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Description

BACKGROUND OF THE INVENTION

1. Technical Field.

[0001] This invention relates to audio systems, and more particularly, to a system for management of audio related
equipment.

2. Related Art.

[0002] Use of an audio system to amplify audio signals is well known. Typically, an audio system operates to amplify
an audio signal with an amplifier and drive one or more loudspeakers. Such audio systems can range from relatively
simple configurations having only a few components, such as in a retail clothing store, to large complex systems, such
as those used in a concert hall performance.
[0003] Configuration of an audio system usually involves the physical placement and interconnection of the devices
that make up the audio system. In addition, some of the devices, such as an amplifier, typically include user configurable
settings. The settings may be configured at the preference of the user to achieve the desired audio system performance.
As the size and complexity of an audio system increases, the amount of interconnections and settings may also increase.
In addition, the devices in the audio system may become more geographically dispersed. Accordingly, operation, main-
tenance and troubleshooting of the system may become more challenging. This is especially true in audio systems that
are repeatedly disassembled and re-assembled in various configurations, such as in the case of a touring musical group.
[0004] Additionally, the monitoring of multiple audio systems that are geographically remote from each other is also
difficult task. For example, the monitoring of the audio systems for retail stores spread throughout a geographic region
may involve audio components that are miles apart. Typically, error reporting or journaling of these dispersed audio
systems is not possible from a remote location. Instead, a technician may have to travel to the location of the audio
system to perform error testing and maintenance, which increases the cost of maintaining the audio systems. In addition,
the systems may not be functional until the technician reaches the location to diagnose and fix the error.
US Patent 5,675,571 discloses a device address initialization using a default address for assigning a unique address to
each station.

SUMMARY

[0005] This invention provides a method according to claim 1, an audio-related system according to claim 7, an audio
related device according to claim 12, and a performance equipment manager according to claim 30. An aspect provides
a system for management and control of audio-related equipment. The system is a common architecture that provides
the capability to manage, monitor and control all of the audio related equipment in an audio system. Accordingly, everything
from microphones, to amplifiers, to mixers to lighting systems is accessible and controllable with the system.
[0006] The system provides a network independent protocol to seamlessly integrate across a plurality of different
audio related devices of varying complexity using any of a variety of physical networks and communication platforms.
In addition, the system allows for upgrades, changes and additions of audio related devices within the system by providing
messaging functionality to discover those aspects of a particular audio related device that are not already known. The
messaging functionality also allows audio data and related information to be transmitted between selected audio related
devices efficiently and with minimized network traffic.
[0007] To facilitate messaging between audio related devices, each of the audio related devices is assigned a node
ID. The node ID may be assigned in a sequential manner as each audio related device powers up. For example, a power
sequencer may be users to sequentially power up audio related devices. The sequential assignment of node IDs for the
audio related devices reduces network traffic and prevents conflicting addresses on the network. In some examples,
audio related devices may be connected using a switch. The assignment of a node ID in such examples may be
accomplished using an association between a node ID and port on the switch. Accordingly, a user may assign a node
ID to an audio related device by simply plugging the audio related device into a port on the switch.
[0008] The system may also include a method for discovery of audio related devices on an audio network. The automatic
discovery of other audio related devices allows a greater level of interaction between audio related devices. In some
examples, an audio related device may act as a proxy to transmit information regarding other audio related devices
behind a switch. In other examples, the audio related devices may use a virtual private network to discover other audio
related devices.
[0009] One or more performance equipment managers are included in the system. The performance equipment man-
agers retrieve and/or generate control panel views of the entire audio system. In addition, the performance equipment
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manager(s) may retrieve and/or generate control panel views for each specific device within the audio system. The
control panel views allow the coordinated management, control and monitoring of the audio related devices within the
audio system. A communication protocol used within the system allows standardized communication between the per-
formance equipment mangers and the audio related devices, as well as device-to-device communication.
[0010] In some examples, a PEM may be located geographically remote from the audio related devices. For example,
the PEM may manage audio related devices over the Internet. Accordingly, error logging, alarming and system operation
may be monitored to provide troubleshooting from a remote location.
[0011] Other systems, methods, features and advantages of the invention will be, or will become, apparent to one
with skill in the art upon examination of the following figures and detailed description. It is intended that all such additional
systems, methods, features and advantages be included within this description and be within the scope of the invention.

BRIEF DESCRIPTION OF THE DRAWINGS

[0012] The invention may be better understood with reference to the following drawings and description. The compo-
nents in the figures are not necessarily to scale, emphasis instead being placed upon illustrating the principles of the
invention. Moreover, in the figures, like referenced numerals designate corresponding parts throughout the different views.

FIG. 1 is block diagram of an example audio system.
FIG. 2 is an example block diagram of one of the audio-related devices illustrated in the audio system of FIG. 1.
FIG. 3 is a more detailed block diagram of the audio-related device of FIG. 2 and a portion of the audio system
depicted in FIG. 1.
FIG. 4 is a block diagram of an example audio node structure representative of an audio-related device.
FIG. 5 is a block diagram of an example PEM and a portion of the audio system depicted in FIG. 1.
FIG. 6 is a detailed block diagram of a GUI core portion of the PEM of FIG. 5.
FIG. 7 is a block diagram of an interface module portion of the PEM of FIG. 5.
FIG. 8 is a block diagram of a product plugin portion of the PEM of FIG. 5.
FIG. 9 is a block diagram of a generic plugin portion of the PEM of FIG. 5.
FIG. 10 is a more detailed block diagram of a portion of the audio-related device of FIG. 2.
FIG. 11 is an example flow diagram to discovery an audio-related device in the audio system of FIG. 1.
FIG. 12 is a more detailed block diagram of an example configuration of a switch and a plurality of audio-related
devices of FIG. 3.
FIG. 13 is an example flow diagram to determine a communication path with an audio-related device.
FIG. 14 is an example protocol structure for communication among audio-related devices.
FIG. 15 is a table of example application layer messages and address layer message identifications ("IDs") that
may be communicated among the audio-related devices in the protocol illustrated in FIG. 14.
FIG. 16 is a table of example routing layer messages and routing layer message IDs that may be communicated
among the audio-related devices in the protocol illustrated in FIG. 14.
FIG. 17 is an example flow diagram to determine the audio node structure of an audio-related device associated
with a product plugin.
FIG. 18 is a second portion of the example flow diagram of FIG. 17 to determine the audio node structure of an
audio-related device associated with a product plugin.
FIG. 19 is an example flow diagram to determine the audio node structure of an audio-related device that is not
associated with a product plugin.
FIG. 20 is an example flow diagram to determine how the GUI control panel view of a corresponding audio-related
device may be displayed based on the capability of the displaying device.
FIG. 21 is another example flow diagram to determine how the GUI control panel view of a corresponding audio-
related device may be displayed based on the capability of the displaying device.
FIG. 22 is a second portion of the example flow diagram of FIG. 20 to determine how the GUI control panel view of
a corresponding audio-related device may be displayed based on the capability of the displaying device.
FIG. 23 is an example flow diagram to build a control panel view of a corresponding audio-related device.
FIG. 24 is an example flow diagram to update the data variables displayed in a plurality of different control panel views.
FIG. 25 is a flow diagram depicting various examples of communication of data variables from one audio-related
device to another.
FIG. 26 is a detailed block diagram of another example GUI core portion of the PEM of FIG. 4.
FIG. 27 is an example control panel view showing a GUI venue view of an example system.
FIG. 28 is an example control panel view showing the product view of a product shown in FIG. 27.
FIG. 29 is an example control panel showing a GUI product view of an exemplary system.
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DETAILED DESCRIPTION OF THE PREFERRED EMBODIMENTS

[0013] The following examples and explanations are provided for a better understanding of the invention.

I. SYSTEM

[0014] FIG. 1 is an example of an audio system 100 having a plurality of audio-related devices configured for a
performance such as a music concert in a venue such as a concert hall. In other examples, the audio system 100 may
be configured for any other type of performance in any other type of venue, to include permanently installed sound
systems, such as in an amusement park, and temporarily installed sound systems such as for a rock concert in a stadium.
The audio-related devices included in the example audio system 100 are depicted as installed in a venue that includes
a stage 102, an audience area 104, a first room 106, and a second room 108.
[0015] The audio system 100 includes a guitar 112 and a microphone 114 providing audio signals that are processed
to produce audible sound from a plurality of loudspeakers 116. In other examples, the audio signals may be produced
by any other type of device. The audio signal produced by the guitar 112 may be processed by an audio signal preprocessor
118 and provided to an audio network 120 also included in the audio system 100. The audio network 120 may be any
form of communication highway capable of carrying audio signals and any other signals related to the audio system.
The audio network 120 may include fiber optic, wired, and/or wireless communication capability in any of a plurality of
protocols, such as Ethernet, USB, RS232, RS485, Firewire, or any other protocol.
[0016] Audio signals from the microphone 114 also may be provided to the audio network 120. In the illustrated
example, the audio signals may be received and processed by a mixer 124. Processing by the mixer 124 may be based
on configurable settings such as filters, compressors, equalizers, effects, gains, or any other settings that are included
in the mixer 124. Following processing by the mixer 124, the processed audio signals may be received by a first and a
second audio processor 126 and 128 for further processing using configurable settings included in the first and second
audio processors 126 and 128. The first and second audio processors 126 and 128 may provide further effects in the
audio signals. Audio signals processed by the first and second audio processors 126 and 128 may be received by a
first, second, third, and fourth amplifier 132, 134, 136, and 138. Additional configurable settings in the amplifiers 132,
134, 136, and 138, such as gain and equalizer ("EQ") settings may be applied in further processing and amplification
of the audio signals. The amplified and processed audio signals may drive the respective loudspeakers 116.
[0017] The audio signals also may be received by a fifth amplifier 142, processed and used to drive the respective
loudspeaker 116 included in the second room 108. A wall controller 146 may be used to control the fifth amplifier 142
over the audio network 120. In addition, the wall controller 146 may include a display capable of displaying one or more
parameters related to the operation of the audio system 100 that are received over the audio network 120.
[0018] A first PEM 150 also may be included in the audio system 100. The first PEM 150 may be stored in a memory
device and executed in any form of computing device, such as an audio related device. In the example audio system,
the first PEM 150 is being executed in a personal computer ("PC"), having a GUI. In other examples, operation of the
first PEM 150 may be distributed among the memory devices of a plurality of computing devices having one or more
GUI’s. The first PEM 150 may include the capability to selectively display the various audio-related devices and aspects
of the audio system 100 in one or more control panel views using the GUI. Alternatively, a plurality of parallel operating
PEMs may be used to selectively display the control panel views of the various audio-related devices and the functionality
present in a predetermined portion of the audio system 100. Accordingly, in large and complex audio systems, the audio
system 100 may be divided so that multiple PEMs may be employed as different subsystems within the audio system 100.
[0019] As used herein, the term "control panel view" or "control panel views" is defined as graphically generated user
interfaces on a display, hardware based user interfaces, such as a control surface, and/or a combination of graphically
generated user interfaces and hardware based user interfaces.
[0020] Control panel views that are a system venue view display(s) in the form of a GUI may be generated by the first
PEM 150. The system venue view display(s) may be a system specific depiction of the configuration, identity and
operational parameters of audio-related devices in the audio system 100. The audio-related devices in the audio system
100 may be discovered by the first PEM 150 and included in the system venue view display(s). In addition, the first PEM
150 may individually manage, monitor, and control the audio-related devices in the audio system 100 using the audio
network 120. Individual management of the audio-related devices may be performed from a plurality of control panel
views that are GUI control panel views.
[0021] Each of the audio-related devices may be managed using one or more GUI control panel views that correspond
to a respective audio-related device. The one or more GUI control panel views may be generated by the PEM 150 and
displayed in the display. The control panel views also may be a control surface included with the PEM 150. As used
herein, the term "control surface" refers to hardware, such as buttons, knobs, meters, LEDs, sliders, indicators, numeric
displays, or any other hardware-based user interface associated with an audio-related device.
[0022] The PEM 150 may identify and use stored, predefined control panel views that are for a corresponding audio-
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related device based on information provided by the audio-related device over the audio network 120. Such information
may include an audio node structure of the audio-related device. Alternatively, the PEM 150 may use generated control
panel view(s) that include stored, predefined control panel view(s), stored, predefined aspects of a control panel view,
and/or aspects of a control panel view that are generated by the PEM 150 to generate the control panel views. The
generated control panel view(s) may be formed based on information, such as an audio node structure, provided by the
corresponding audio-related device over the audio network 120.
[0023] Stored, predefined GUI control panel views corresponding to the audio node structure of an audio-related
device similarly may be identified and used to display the functionality of an audio-related device. In addition, generated
GUI control panel view(s) that include stored, predefined GUI control panel view(s), stored, predefined GUI aspects,
and/or GUI aspects that are generated by the PEM 150 may be used to form the GUI control panel views. The generated
GUI control panel view(s) may similarly be formed based on information, such as an audio node structure, provided by
the corresponding audio-related device over the audio network 120. As used herein, the term "GUI aspect" is defined
as each of the features that are displayable in a GUI to provide monitoring, configuration, and/or control of an audio-
related device. In addition, the term "component" refers to the various affiliated user interfaces included in a control panel
view, while the term "aspect" refers to a stand alone user interface that can be integrated into a control panel view.
[0024] Accordingly, a stored, predefined GUI control panel view may include a plurality of GUI components that
previously have been developed, visually placed, and interrelated in the GUI control panel view. The GUI components
may be representative of at least a portion of the functionality of an associated audio-related device. An example of
components of a stored, predefined GUI control panel view is a depiction of each of a number of audio channels in a
mixer. Each of the audio channels represented may include a slider to control volume, a volume indicator to indicate the
position of the slider (in dB), and an audio signal indicator to indicate the incoming signal (in dB). In this example, the
slider and the volume indicator could be interrelated such that when the slider is moved the volume indicator reflects
the changing magnitude of the volume.
[0025] Stored, predefined GUI aspects that are not included in a stored, predefined GUI control panel view include
visual/control features that may be added by the PEM 150 to an existing stored, predefined GUI control panel view.
These visual/control features may be added to form a GUI control panel view representative of the functionality of a
corresponding audio-related device. Such added predefined GUI aspects also may be interrelated with the GUI com-
ponents included in the stored, predefined GUI control panel view. The PEM 150 also may form a GUI control panel
view from one or more of the stored, predefined GUI aspects based on information, such as the audio node structure,
provided by an audio-related device. A GUI control panel view may be formed when an audio-related device does not
have an associated stored, predefined GUI control panel view(s). In this case, the predefined GUI aspects also may be
interrelated within the GUI control panel view that is formed.
[0026] If there are no stored, predefined GUI control panel views or stored, predefined GUI aspects of GUI control
panel views for a particular audio-related device, the PEM 150 may generate the GUI aspects and the entire GUI control
panel view(s) based on information provided over the audio network by the corresponding audio-related device(s). The
GUI aspects may similarly be interrelated.
[0027] Accordingly, due to the networked configuration, the PEM 150 may be configured to manage the end-to-end
operation of the entire audio system 100 and the individual audio-related devices. Troubleshooting, storage of audio
system and audio-related device settings, network management, and network communication management also may
be performed with the first PEM 150.
[0028] The mixer 124 may include a second PEM 152. Operation of the second PEM 152 may be configured similarly
to the first PEM 150 to include monitoring, control, and storage functionality. In addition, a third PEM 154 also having
similar functionality may be positioned in an offsite location 160 such as an office building.
[0029] The functionality of the PEMs 150, 152, and 154 may be configured based on the processing power of the
respective devices in which the PEMs 150, 152, and 154 operate. In addition, the PEMs 150, 152, and 154 may be
configured to provide the desired level of functionality and features. For example, the third PEM 154 located in the offsite
location 160, may operate in a computing device, such as a computer with a GUI, to perform an oversight role. Accordingly,
error logging, alarming, and system operation may be monitored with the third PEM 154. GUI control panel views
displayed with the third PEM 154 to support performance of the oversight role may be accessed from the library and/or
generated based on communication with the audio-related devices as previously discussed for the first PEM 150. The
third PEM 154 also may be configured with the capability to view and adjust individual audio-related device settings to
provide remote technical and troubleshooting assistance within the audio system 100.
[0030] The second PEM 152 may share the user interface and processing capability of the mixer 124 with the func-
tionality of the mixer 124. Accordingly, the second PEM 152 may have reduced functionality if less computing power,
such as processing, data storage and/or display capabilities are present in the mixer 124. The second PEM 152 may
be configured to determine the operational capability of the audio-related device in which the second PEM 152 is operating.
[0031] Functionality of the second PEM 152 may be conformed to the determined operational capability of the mixer
124. Accordingly, if the mixer 124 has a communication port and/or memory capability that limits communication and/or
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display of operating parameters and settings of itself, or other audio-related devices in the audio system 100, the second
PEM 152 may use relatively smaller less complex control panel views. In addition, the second PEM 152 may request a
smaller portion of the operational parameters and settings of the audio-related device. For example, if the audio-related
device is a two channel audio amplifier, the second PEM 152 may display only one channel and obtain operational
parameters and settings associated with the displayed channel. When the second channel is requested, the second
PEM 152 may display only the second channel and associated operational parameters and settings.

II. AUDIO-RELATED DEVICE

[0032] FIG. 2 is a block diagram of an example of an audio-related device 200 coupled with the audio network 120.
The audio-related device 200 may be a mixer, an amplifier, a microphone, a lighting panel, a wall controller or any other
device related to an audio sound system and/or audio performance. The audio-related device 200 includes a commu-
nication port 202, a processor 204, memory 206, audio I/O 208 and a user interface 210. Optionally, the audio-related
device 200 may include an external user interface port 212. In other examples, more functionality may be depicted in
the audio-related device 200. In addition, fewer or additional blocks may be used to describe the functionality of the
audio-related device 200.
[0033] The communication port 202 may be any configuration of hardware and/or software that enables communication
over the audio network 120. The processor 204 may be any device capable of executing instructions, logic tasks and/or
operating code to manage overall functionality, perform calculations, control inputs/outputs, etc. within the audio-related
device 200. The processor 204 also may control the operation of the communication port 202.
[0034] The memory 206 may be a volatile and/or a non-volatile memory device that is configured to store instructions
executable by the processor 204, settings of the audio-related device 200, an audio node structure useable by the PEMs
(described later), operational parameters, set points, and any other data or information pertaining to the audio-related
device 200 and operation in the audio system 100 (FIG. 1). The memory 206 is a medium that preserves data for retrieval,
such as instructions retrieved for execution. It may include a hard disk drive, a compact disc drive, a digital versatile disc
drive, a Random Access Memory ("RAM"), a Read Only Memory ("ROM"), a Programmable Read-Only Memory
("PROM"), an Electrically Erasable Programmable Read-Only Memory ("EEPROM"), a flash memory, or any other digital
storage device.
[0035] The audio I/O may be any inputs and outputs that are provided directly to the audio-related device 200. For
example, an audio amplifier may have audio inputs that are processed and amplified and sent to outputs that are used
to drive a loudspeaker. The user interface 210 may include buttons, sliders, knobs, a touch screen, or any other form
of interface that allows user commands to be provided to the audio-related device 200. In addition, the user interface
210 may include any form of audio and/or visual outputs for receipt by a user of the audio-related device 200. Example
audio and/or visual outputs include light emitting diodes ("LEDs"), meters, displays, such as liquid crystal displays
("LCDs"), or any other mechanisms providing indication to a user of the condition and/or operation of the audio-related
device 210.
[0036] The external user interface port 212 may be an optional communication port that allows the audio-related device
200 to communicate with one or more other audio-related devices. The external user interface port 212 may provide a
communication link to other audio-related devices that is outside of the communication path provided by the audio
network 120. For example, an amplifier communicating on the audio network 120 may receive an input signal via the
external user interface port 212 from a wall controller. An example wall controller may have outputs that are digital signals
associated with a rotary switch, and inputs that are a feedback indication displayed on a display included in the wall
controller. In this example, the wall controller may provide the input signal to adjust the output gain of the amplifier. In
addition, the wall controller may receive an output signal from the amplifier via the external user interface port 212. The
output signal may be representative of the output gain, and may be displayed on the display of the wall controller.
[0037] FIG. 3 is a more detailed block diagram of a portion of the audio-related device 200 illustrated in FIG. 2 and a
portion of the audio system illustrated in FIG. 1. In FIG. 3, the communication port 202, the processor 204, the audio
I/O 208, and the user interface 210 are depicted. The communication port 202 includes a communication module 300
having a network interface 302. The communication module 300 may be stored in memory 206 and may be used for
any communication external to the audio-related device 200.
[0038] The network interface module 302 includes a message layer 306 and a routing layer 308. The message layer
306 is configured to communicate messages between the audio-related device 200 and other audio-related devices
and/or equipment in the audio system. Various aspects of messaging within the audio system are discussed in detail
later. The routing layer 308 includes a plurality of subsystems capable of communication with different protocols and/or
physical media combinations.
[0039] An Ethernet communication link 310, a Fire Wire communication link 312, a USB communication link 314, an
RS232 communication link 316, and an RS485 communication link 318 may be used within the audio-related device
200. In other examples, any other form of communication link may be used to transfer audio signals, audio-related device
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settings, and data related to the audio system. For example, an audio-related device may communicate over the audio
network 120 using the Ethernet communication link 310, or directly with another audio-related device 320 using the USB
communication link 314 as illustrated in FIG. 3. The various communication links that interface with the routing layer
308 each may include a packet service layer, a reliability layer, a network layer, a data link layer, and a physical layer.
Within each of the communication links, the routing layer provides messages received over the audio network, or from
other audio-related devices.
[0040] An audio stream module 322 and an audio services module 324 also may be included in the network interface
302. The audio stream module 322 may receive an audio signal 316 and transmit the audio signal 316 as streaming
audio over the audio network 120. In addition, the audio stream module 322 may receive streaming audio from the audio
network 120. An example audio stream module is a Cobranet system manufactured by Peak Audio of Boulder, Colorado.
The streaming audio may be transmitted between the audio stream module 322 and another audio stream module in
another audio-related device. The audio stream modules of different audio-related devices should be compatible to
communicate.
[0041] The audio services module 324 is operable to automatically configure the audio stream modules 322 to create
compatible communications between different audio stream modules. The audio services module 324 may compare the
capability of each of the audio stream modules 322 based on the settings of the network interface modules of the
corresponding audio-related devices. Based on negotiations with other audio services modules, the audio services
module 324 may select settings that are compatible and common to all the audio stream modules. Accordingly, all of
the audio steam modules may be configured with settings based on the audio-related device with the most limiting
communication capabilities. By automatically negotiating the settings, the audio services module 324 may configure all
the audio stream modules in the audio system to be compatible and capable of communication with each other. Example
settings that may be automatically negotiated by the audio services module 324 include channel count, bit depth, sample
frequency and latency.
[0042] In FIG. 3, the audio-related device 200 also may communicate over the audio network 120 with a PEM 328.
As previously discussed, the PEM 328 may manage, control and monitor the audio-related device 200 over the audio
network 120. A first and second switch 330 and 332 also may be coupled with the audio network 120. The first and
second switches 330 and 332 may provide a communication path between the audio network 120 and a respective first
audio network 334 and a second audio network 336. A plurality of other audio-related devices 334 may be coupled with
the first and second audio networks 334 and 336. Other audio-related devices 338 may be capable of communication
over the audio network 120 using the first and second switches 330 and 332.

III. AUDIO NODE STRUCTURE

[0043] The functionality within each audio-related device may be represented with an audio node structure. The audio
node structure also may be used to generate one or more GUI control panel views within a GUI. The GUI control panel
views may be used to monitor, control and configure a corresponding audio-related device. In addition, the audio node
structure may be used to configure one or more control surfaces.
[0044] FIG. 4 is an example of an audio node structure 400 representative of an audio-related device. The audio node
structure 400 includes a plurality of components included in a node 402. The node 402 may be representative of the
audio-related device and includes a node ID. Alternatively, a node may form a sub-component of a larger system where
a number of nodes are present to form a functional, audio-related device. Each node may include one or more virtual
devices. Each virtual device may include one or more objects and state variables. Each object in a virtual device may
include additional objects and also state variables. Nodes that are configured with network capability may communicate
over one or more network interfaces.
[0045] In FIG. 4, the example node 402 includes components that are a first virtual device 404 and a second virtual
device 406. In other example configurations, additional or fewer virtual devices may be included based on the functionality
of the particular audio-related device. The first virtual device 404 is a node manager virtual device that is configured to
be responsible for node level operations. For example, the node manager may maintain a list of virtual devices in the
node 402. Using the virtual device list, the node manager virtual device may communicate to other audio-related devices
what virtual devices are present in the node. In addition, the node manager virtual device may be responsible for
maintaining any node level information.
[0046] The first and second virtual devices 404 and 406 are the top level of a three level hierarchy representative of
each of the devices in the system. In general, each of the virtual devices in an audio node structure is representative of
functional units within a device. The first virtual device 404 includes an object 408 representative of the second hierarchical
level. As detailed later, objects may be used to represent processing blocks, control elements, status elements, etc. The
object 408 may have additional components including are a first object 410 and a second object 412. The first and
second objects 410 and 412 represent additional functional elements within the object 408.
[0047] The first and second objects 410 and 412, the first virtual device 404 and the second virtual device 406 each
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include components of the audio node structure that are state variables 414. As detailed later, state variables are data
variables that may be varied, such as a frequency, a fader position, a delay time, or any other changeable parameter
within a device. Accordingly, such variable data points may be present in virtual devices and/or objects depending on
the functionality of the specific audio-related device being represented with an audio node structure. State variables are
representative of the third hierarchical level.
[0048] The nodes 402, the virtual devices 404 and 406, the objects 408, 410 and 412 and the state variables 414 are
the components that make up the audio node structure of each audio-related device. The nodes 402, the virtual devices
404 and 406, the objects 408, 410 and 412 and the state variables 414 may be in any configuration that reflects the
functionality of a particular audio-related device. Accordingly, the audio node structure of different audio-related devices
may be the same or may vary significantly.
[0049] Each of the nodes 402, the virtual devices 404 and 406, the objects 408, 410, and 412 and the state variables
414 (i.e. the components) may include attributes. The attributes may describe how the associated node, virtual device,
object or state variable is used, a name, a unit of measure and/or association with other virtual devices, objects and/or
state variables. In addition, attributes may provide descriptive information, such as placement in a control panel view of
the corresponding virtual devices, objects and state variables, wiring details, or any other descriptions or characteristics
of the corresponding component.
[0050] Within the audio node structure of an audio-related device, there may be no distinction between components
used for signal processing such as a parametric EQ, control components such as a mechanical fader, or sensor com-
ponents such as an output meter. In addition, global items, such as passwords and musical instrument digital interface
("MIDI") channels, may be included in the audio node structure. By representing all of the functionality of the different
audio-related devices included in an audio system with state variable(s), object(s), and/or virtual device(s), the same
mechanisms for communication, such as subscriptions and control, can be universally applied throughout an audio
system that includes a wide variety of different audio-related devices.
[0051] A node can dynamically create and destroy virtual devices contained therein. A program operable in an audio-
related device is an example of a dynamically created virtual device. Another example of a dynamically created virtual
device is an automation virtual device for a control panel view in an audio-related device. Objects also may be dynamically
created and destroyed. Examples of dynamically created objects may be an insert on a control panel view of an audio-
related device. In this example, an effect object may be instantiated, and then objects may be linked to the effect object
through modification of state variables that have routing attributes configurable to describe such linkage.

State Variables

[0052] Within the audio node structure, modifiable parameters in an audio-related device’s functionality may be held
within the state variable ("SV") component. Thus, SVs include actual values that may be measured values, set point
values, tuning values, setting values, or any other parameter that is a changeable parameter within an audio-related
device. Actual values may be automatically updated, manually updated, and/or logically updated based on other actual
values. Examples of SVs include the parameter(s) of an audio object like frequency and the position of a fader on a
control surface. Simple audio-related devices like a wall controller may contain only a limited number of SVs. Other
audio-related devices, such as a mixing console may contain hundreds of thousands of SVs. Typical operations on SVs
include ’set’ a variable and ’get’ a variable. For example, such operations could translate to setting the frequency of an
EQ and getting a delay time for display on a control surface of the audio-related device. These basic operations may
form the basis of more complex forms of usage such as automation.

Attributes

[0053] In addition to holding the value of an audio parameter, an SV also may possess a number of attributes that
describe how the corresponding SV may be used. Examples of two attributes are ’minimum’ and ’maximum’ that represent
the range of dB values to which a Gain SV may be set. Another attribute could be the data type used to hold the dB
value. For example, the date type could indicate an SV as an IEEE float, a byte, or a word. Accordingly, by including
the attributes information, the SV may be accessible to other audio-related devices in the audio system even when the
other audio-related devices have not been programmed specifically for the SV and therefore do not know the charac-
teristics of the SV. Thus, attributes may be used by other audio-related devices that do not have prior knowledge to
discover the attributes and thus gain the knowledge required to use the SV.
[0054] Attributes also may provide information that is descriptive of the audio node structure. Accordingly, when some
portion of an audio node structure is unknown, attributes associated with the unknown components may be used to
determine the functionality of the components. In addition, attributes may provide a correspondence between the audio
node structure and control panel views. For example, attributes may be used to identify stored, predefined control panel
views for an audio-related device. In addition, attributes included in the audio node structure may provide information



EP 1 585 241 B1

9

5

10

15

20

25

30

35

40

45

50

55

to form a control panel view when a stored, predefined control panel view does not completely correspond to the audio
node structure, or does not exist at all. Thus, when an audio node structure of an audio device does not have corresponding
stored, predefined control panel view(s) or stored, predefined aspect(s), the attributes of the audio node structure may
provide information to generate control panel view(s) and/or aspect(s).
[0055] The attributes also may include information to allow integration or incorporation of a generated aspect into a
stored, predefined control panel view or to form a number of generated aspects into a control panel view. For example,
an audio node structure could include objects and SVs representative of channels in a mixer. Attributes associated with
the objects and SVs could indicate that the channels should be displayed as percent with sliders to provide control
capability. In addition, the attributes could describe the placement of the various aspects that are generated with respect
to each other. Further, attributes could describe how the wiring between aspects should be displayed, interrelationships
between aspects, colors, sizes, shapes, or any other parameters related to display of the functionality of an audio-related
device in a control panel view. The concept of attributes is applied throughout the audio node structure and includes
SV, objects, virtual devices, and node manager virtual devices.
[0056] An attribute may be classified into one of three categories that represent the way in which it may be used. The
categories of attributes include static, instance, and dynamic. A static attribute is fixed and does not change. Accordingly,
a database of static attributes can be defined that minimizes the amount of discovery required to control components,
such as an SV in the audio node structure. An instance attribute may be set per instance of an SV. A dynamic attribute
is a static attribute or an instance attribute that may be client-set or modified at run-time. Static and instance attributes
may be queried. Dynamic attributes are generally similar to either static or instance attributes. Dynamic attributes differ
from static or instance attributes, however because their values may be overridden at run-time.
[0057] Attributes may include an attribute identification ("attribute ID") and a class identification ("class ID"). The
attribute ID is a way of uniquely identifying each attribute. The attribute ID may be enumerated from zero using an
unsigned byte ("UBYTE") and may be represented with a predetermined name. The attributes at each level of hierarchy
of the audio node structure may have their own enumeration. Thus, for example, an attribute ID of 3 for a SV class may
refer to a different attribute in an object class. The class ID may be represented with a predetermined number, such as
an unsigned word ("UWORD") that identifies a unique grouping of attribute values - the class ID. For example, if a SV
has eleven attributes all set to specific values, this collection of attributes and their values may be identified as a SV
class and assigned a representative class ID. This class ID may be used as a form of shorthand to save describing the
attributes in long form. Class ID may be used in all levels of the hierarchy to represent sets of attribute values - SV class,
object class, etc. To encourage the re-use of SV and object classes, a master list of class IDs may be maintained, and
classes may be registered.

Class

[0058] A class, such as an SV class, an object class, a virtual device class or a node manager virtual device class
may be represented numerically and by a string name, such as by the class ID ("UWORD") and a class name ("STRING"),
respectively. Each class ID may include a set of attributes, such as an ID, an attribute name and a category class names
may be prefixed to identify the hierarchical level in the audio node structure. For example, a class name of SVs may be
the term "SVClass." Example SV class names are SVClassPeqFreq, SVClassPeqQ and SVCassPeqGain. A class ID
also may be used for any of a SV class, an object class, a virtual device class and a node manager virtual device class.
An example set of attributes in a SV class ID are:

[0059] An object class and its associated class ID may define specific a priori knowledge of the object. The object

TABLE 1
ID Attribute Name Datatype Category

0 Data Type Static
1 Name String STRING Instance + Dynamic
2 Minimum Value Data Type Static + Dynamic
3 Maximum Value Data Type Static + Dynamic
4 Control Law Static
5 Flags UBYTE Static

6 Default Value Data Type Instance
7 Control Primitive Instance
8 Control Coordinates Instance
9 Encoder Mode UBYTE Instance
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class may enable an object to be wholly defined by the object class and the values of the SVs. An object class may be
formed from static and instance attributes. Static attributes that define an object class may include any sub-objects
contained by the object and any SVs contained by the object. For example, a three band Equalizer and a five band
Equalizer would be different object classes because they contain different numbers of SVs. The object class ID may be
a UWORD used to specify the object class. There may be one master registry of object class IDs. Developers may
register their object class IDs with the master registry. In addition, the same objects may be used across families of
audio-related devices. The object class ID may include a set of attributes as previously described. An object class may
have a naming convention that begins with the phrase "ObjClass." An example set of attributes in an object class ID are:

[0060] A virtual device or a node manager virtual device also may include a class. The class of a virtual device and
associated class ID may represent a virtual device’s unique characteristics and may be used for easy identification and
differentiation of different kinds of virtual devices. An example of two different kinds of virtual devices is an Automation
virtual device and an input surface virtual device within a node of an audio-related device, such as a mixing console. An
example allocation of a unique class ID can be allocation of a class ID to a group of virtual devices representative of
distinct software programs included in one or more audio-related devices. The class ID of a virtual device may be
represented as a UWORD. The virtual device also may have a class name. The virtual device class name may be used
to provide a human readable shorthand for the user. This class name need not be unique. An example set of attributes
in a virtual device class ID are:

[0061] An example set of attributes in a node manager virtual device class ID includes:

Where the "BLOCK" data type represents a data structure comprised of a size N and N bytes of data.

TABLE 2
ID Attribute Name Datatype Category
0 Class Name STRING Static
1 Name String STRING Instance
2 Flags UBYTE Instance

TABLE 3
ID Attribute Name Datatype Category
0 Class Name STRING Static
1 Name String STRING Instance

TABLE 4
ID Attribute Name Datatype Category
0 Class Name STRING Static
1 Name String STRING Instance
2 Flags UWORD Instance
3 Serial Number BLOCK Instance

4 Software Version STRING Instance
5 Reserved UWORD (Set to 0)
6 Hop Count UBYTE. Instance + Dynamic
7 Venue Table Size UWORD Static
8 User Name A STRING Instance + Dynamic
9 User Name B STRING Instance + Dynamic

10 User Name C STRING Instance + Dynamic
11 User Name D STRING Instance + Dynamic
12 User Password A STRING Instance + Dynamic
13 User Password B STRING Instance + Dynamic
14 User Password C STRING Instance + Dynamic
15 User Password D STRING Instance + Dynamic

16 Address Mode UBYTE Instance + Dynamic
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Static Attributes

[0062] Static attributes may be predefined for each of the classes. For example, a SV class may include the static
attributes of a set of data types to represent different SV values, a minimum SV value, a maximum SV value, a control
law, and flags.
[0063] The control law may describe how the SV should be controlled. For example, an SV for frequency may be
logarithmic, or a gain SV may be logarithmic with extra resolution around 0 dB. If an SV can take on any floating-point
value between the class Min and Max, it may be desirable to specify a control law to give a certain look and feel to a
user. For example, in the case of a frequency variable, it may be desirable, when the user turns an encoder or pushes
an "up" control on a spinner, for the next value to be logarithmically spaced from the previous value. The control law
also may be used to specify the granularity that an SV can accept. For example, a gain SV may have a maximum
resolution of .1 dB. The control law may be omitted in the case of an enumerated SV, since all steps are predefined.
[0064] Flags may be predefined to further define the SV associated with the attribute. Example flags include sensor
attributes that may be used in subscriptions to automatically set the type of subscription to periodic or on change.
Examples of sensor SVs include output meters, threshold meters, or power amplifier temperature. Example non-sensor
SVs include frequency or MIDI channels. Other example flags include an event type to indicate that an SV can be
subscribed to with an event subscription, and a modified flag to indicate a change such as when the maximum, minimum,
or SV name string has been changed from the documented static class value. Although the SV name string is an ’instance’
attribute within the SV class, it is normally static within the object, and therefore any changes made to it may be tracked
with the modified flag.
[0065] An object class, a virtual device class or a node manager virtual device class also may include static attributes,
such as a class name. An object class name may be used to provide a human readable shorthand for the user. The
object class name need not be unique among families of audio-related devices. For example, a first audio-related device
that is a mixer may have the object class Name ’ObjClassSC_PEQ_5’ and a second audio-related device in the same
family of audio-related devices, such as a dbx DriveRack may have the object class name ’ObjclassDR_PEQ_5’. Both
audio-related devices may have the class name "5 Band PEQ." The class name may be selectable from a drop down
on a GUI control panel view and may be stored as a STRING.
[0066] In virtual devices, static attributes may be those attributes belonging to the virtual device that have the values
associated with the class ID. In one example, the static attributes may not be set per-instance nor changed dynamically
at run-time. Static attributes for virtual devices also may include a name string. The name string may be used to name
the instantiation of the virtual device. The name string can be the same as the class name. Where there are multiple
instances of the same name, the multiple instances may be differentiated by appending a space and decimal number.
For example, if in an audio-related device that is a mixer, there were two instantiations of an input fader bank with a
virtual device class name of "MHx Input Bank", the virtual device name strings for each instance could be "MHx Input
Bank 1" and "MHx Input Bank 2."
[0067] Static attributes of node manager virtual devices also may include the class type. The class type of the node
manager may determine the value of the node manager’s static attributes. The attributes may not be varied on a per-
instance basis nor changed at run-time. For example, a static attribute in a node manager class for a particular type of
audio-related device will have the same value on each and every instantiation of the node manager. The node manager
also may include a static attribute indicative of a venue table size. The venue table size static attribute may be queried
to discover the size of a venue table supported by the audio-related device. Use and operations of venue tables will be
described later.

Instance Attribute

[0068] An instance attribute is a static attribute that may be set to a unique value for each instance of a SV, object,
virtual device or node manager virtual device class.
[0069] With regard to SVs, the object or virtual device may instantiate the SV that defines the values. Accordingly,
these attributes may be static to the object or virtual device. The SV class may include instance attributes such as a SV
ID, a Name String, a Default Value, a control primitive, a control coordinate and an encoder mode. The SV ID may be
a UWORD that is used as an identifier of each SV within an object or virtual device. SV IDs need not be zero based nor
fully populated within the object or virtual device. The SV name string may provide a human readable prompt for the
SV. This string need not be unique to the SV within the object. For example, for each band of a parametric EQ, each
SV representing gain can have the SV name string "Level." The default value may be used to initialize an object or virtual
device. The default value may be expressed in the data type of the SV. The default value may be dynamic so that a
programmer may uniquely specify this according to the needs of the object. For example, a crossover object with two
crossover frequency SVs may want them initialized to 100 Hz and 1.0 kHz, respectively. The control primitive may be
used to make a generic GUI control panel view or generic GUI aspect for the object or virtual device. The object or virtual
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device may suggest the control primitive to be used for each SV. The control coordinates may be used for placement
of the control primitives for a generic GUI control panel view or a generic GUI aspect. The encoder mode may recommend
how to display a SV value on a GUI aspect, such as an encoder. The Encoder Mode attribute’s Data Type may be a UBYTE.
[0070] Objects also may include instance attributes, such as a name string. The name string may be a name of the
instantiated object and may be stored in a STRING data type. For example, a product could have an object class
"Input_Channel" with instantiations "Input 1", "Input 2", etc. Objects also may include instance attributes that are flags.
The flags may provide information about the corresponding object. For example, one of the flags may be a modified
flag. The modified flag may be a bit that indicates when one or more SVs within the object have been modified from their
static class definition. Possible modifications may be listed under ’SV Dynamic Attributes.’ Upon recognition of a modified
object, another audio-related device with a control surface may perform further queries to resolve the changes.
[0071] Node manager virtual devices also may include instance attributes that may be set to custom values when the
node manager is created. Such instance attributes may not be changeable dynamically during run-time. Examples of
instance attributes of a node manager are included in the previously described example node manager virtual device
class - Table 4.
[0072] In the examples of Table 4, the virtual device name string of the node manager virtual device may designate
both the name of a node and a workgroup to which the node belongs. The name string attribute may be user-configurable
and storable in non-volatile memory. The serial number attribute may be a unique number identifying each node. The
unique number may be used, for example, to resolve address conflicts. One type of example serial number may be a
statistically unique 128-bit ID that is a hexadecimal number string. Generation of the statistically unique 128-bit ID may
be performed, for example, with a PC running the Microsoft application ’uuidgen.’ The generated serial number may be
written into the non-volatile memory of the node during manufacture and never changed. Another type of example serial
number is a 48-bit Ethernet MAC address with the top 80 bits set to zero. Where an audio-related device has two or
more network interfaces, the MAC address from the interface that is usually enabled, or enabled more often, may be used.
[0073] The software version attribute in Table 4 may be the revision of embedded firmware or PC application software
operable in the audio-related device. The software version may be represented by a string of any format. A hop count
attribute may be used to indicate the number of hops an outgoing message will be initialized with. The data type of the
hop count attribute may be a UBYTE and the default can be a predetermined number of hops. The user name A - D
attributes may contain a user name for each category of user. The user password A - D attributes may contain a password
for each category of user.
[0074] The address mode attribute in Table 4 may control whether the node chooses a random or sequential node
address during address negotiation. Address negotiation is described later. In an example audio system, all audio-related
devices may be set to use random addressing to minimize the possibility of address clashes. Alternatively, in other audio
systems, such as in a tour sound audio system, it may be desirable to have nodes sequentially numbered. Accordingly,
the address mode attribute may be set to sequential node addressing, and sequential numbering may be achieved by
turning on nodes (audio-related devices) one at a time and having each successive one choose an address, which is
one higher than the last. The address mode attribute may be contained in a UBYTE with an example format of 0 -
Random and 1 - Sequential.

Dynamic Attributes

[0075] Dynamic attributes are a sub-set of attributes that may be client-set or modified at run-time. This is useful when
setting user-defined ranges and names for SVs. In this example, the SV attributes that may be modified dynamically
are minimum value, maximum value, and name string. When the modifiable attributes deviate from their published values
and become ’dynamic,’ the discovery process may require an extra step to determine the actual values. For this reason
the list of dynamic attributes may be limited to situations where there is a specific need in order to limit the extra overhead
during discovery.
[0076] Virtual devices also may utilize dynamic attributes. For example, dynamic attributes may be included as part
of the class ID of a virtual device. In this example, the dynamic attribute may be a bit flag used to indicate that the virtual
device may be re-configured at run-time to contain different objects. When the bit flag is cleared, the dynamic attribute
may indicate that the virtual device contains a static configuration of objects and may be wholly known by its class ID.
The specification of more than one dynamic virtual device class may occur in an audio-related device when the audio-
related device is reconfigurable. In this scenario, a reconfigurable audio-related device may use a dynamic virtual device
to represent a set of audio-related functions or operations executed in the audio-related device. Accordingly, the class
type may be used to identify the version of the set of audio-related functions or operations. In addition, the class type
may be used to determine if a set of audio-related functions or operations are compatible with a software patch, a
software upgrade, a set of audio-related functions or operations in another virtual device, etc. For example, if a user
copies the values of a set of audio-related functions or operations of an audio-related device that is represented by a
dynamic virtual device to a clipboard, a simple check of the virtual device type would stop the user from being able to
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paste the values of that set of audio-related functions or operations to an incompatible set of audio-related functions or
operations in another audio-related device that has its own unique dynamic virtual device class.

Communication Support

[0077] The SVs, objects, and virtual devices support communication between the audio-related devices. Query and
modification of SVs, objects, and virtual devices may be with a message based communication infrastructure. In addition,
direct calling to perform queries and modification via pointers and the like is also possible. The communication infra-
structure may be predefined so that the support of the communication using SVs, objects, and virtual devices may be
uniform across different audio-related devices with different audio node structures.
[0078] Support of predefined messages may be somewhat dependent on the components of the audio node structure
being queried and modified. SVs may include actual values, and therefore support messages related to modification of
the associated actual value(s). Messages to change an actual value of a SV, such as a set point, with a signed formatted
replacement actual value, or with a percent change value may be supported.
[0079] Various forms of "get" messages may be supported. Get messages may include get attribute messages to
obtain the attributes associated with one or more SVs, objects, or virtual devices. In addition, get messages may request
the actual values from a SV, such as with a get value string message. In the case of objects and virtual devices, get
messages to provide lists or tables may be supported. As discussed later, a list of virtual devices within a node may be
requested from the virtual device node manager. Similarly, lists of components inside of other components, such as a
list of objects or SVs within a virtual device and/or a list of objects within an object may be requested with get messages.
Get messages also may be supported by virtual devices and/or objects to provide information related to inputs and
outputs included in the functionality represented by the respective virtual device or object. For example, messages may
query for a virtual device I/O list and/or an object I/O list. Further, get messages to provide any other information, related
to the SVs, objects, and/or virtual devices also may be supported.
[0080] "Set" messages also may be supported. Set messages may set the actual value in a SV, set an attribute, set
one or more values in a list, modify a table, etc. In addition, "subscribe" and "unsubscribe" messages may be supported
by the SVs, objects, and virtual devices. As opposed to "get" messages that involve poling an audio-related device for
information, "subscribe" messages may create an event-driven mechanism for providing information. For example, a
subscribe message may be used to request that anytime the actual value(s) of SV(s) within a component change, the
changes are provided. Such subscribe messages may be supported to allow subscriptions between one or more indi-
vidual, audio-related devices with the same or different audio node structures. For example, a first object or virtual device
in a first audio-related device may subscribe to all the SVs, selected SVs, or one SV in one or more other objects and/or
virtual devices in a second audio-related device. Subscribe messages may be related to any information available about
a component, such as actual values, errors, configuration, and/or status.

Routing

[0081] Routing of messages may be between components, such as objects, in the node structure of an audio-related
device. In addition, messages may be routed between components in the node structures of different audio-related
devices. Routing may be configured between virtual devices and/or objects. For routing between components in different
audio-related devices, the components may be bound to one or more physical interfaces, which in turn may stream the
audio to and from the audio network.
[0082] Routings may be constructed by configuring each component. Such configuration may involve uniquely iden-
tifying the source and destination of each routing. For example, a first component, such as a first object, may be configured
to identify that inputs will be from an output of a second component, such as a second object, and that outputs of the
first component will be provided to the input of the second component. Each component may have a number of channels.
The channels may be identified by a predetermined identifier, such as a zero-based integer. The channels may be
configured to be either an input or an output. The channel identifier may be combined with the audio system address of
the audio-related device to form a unique audio address. For example, an audio-related device with an audio address
of: 0xABCD00000001 may have a channel: 12 with an I/O Mode of Output.
[0083] The audio address may be an output audio address or an input audio address. Thus, an audio-related device
may have an input channel that can receive an output audio address to identify where the input channel should obtain
its audio source. In addition, the audio-related device may have an output channel that can receive an input audio
address to identify where the output channel should route its output. For example:

Output Connection specifying an Input Address (First Object)
Audio Address: 0xABCD00000002, Channel: 2, I/O Mode: Input
Input Connection specifying an Output Address (Second Object)
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Audio Address: 0xABCD00000001, Channel: 12, I/O Mode: Output

Subscriptions

[0084] A subscription is a mechanism that may be used to notify a control panel view and/or audio-related device
when something has changed. Subscriptions may be based on a predetermined condition, such as ’on change’ or
’periodic.’ All metering may be handled through subscriptions. For example, a first control panel view subscribes to an
SV. If that SV is changed by a second control panel view, the first control panel view is told of the new actual value of
the SV. Notifications may be handled using a set message, such as a SVSet message. All subscription messages may
automatically generate an immediate response, such as an actual value of a SV. The response may be immediate to
synchronize the different control panel views to have the same value.
[0085] In the subscription message, the subscribee may be directed to use a specified virtual device, object, and SV
ID to report changes. From the point of view of the subscribee, when a change is reported to the subscriber, the SV on
the subscriber is set to the new value as opposed to notifying the subscriber that the particular SV on the subscribee is
changed. This mechanism is useful, for example, when the subscriber does not keep a full-mirrored data set of the
subscribee. A subscriber that is a simple control surface, such as a wall controller, or a custom control panel, can have
its own set of SVs with their own audio addresses. The subscribee may simply set these SVs directly without any
translation required on the subscriber end. Accordingly, each SV may have a set of 0 to N audio addresses and SV IDs
that are mapped. When a SV has changed, a predetermined subscription list may be accessed by the subscribee, and
a set message, such as SV_Set may be transmitted to each of the subscribers on the subscription list that are mapped
to the changed SV. To minimize network traffic, notifications may be bundled and sent to any one node using any one
of the normal bundling techniques.
[0086] Each SV class may define whether a respective SV is to be considered a sensor or non-sensor SV. All sensor
SVs may notify based on a predetermined condition, such as at a periodic rate. The periodic rate may be specified by
the subscriber. If because of overhead the sensor cannot support at the rate suggested by the subscriber, the sensor
may notify at a slower rate. The sensor may be configured not to notify at a faster rate then specified by the subscriber.
The subscription message may include a rate that is used when the subscription is to a sensor SV. Non-sensor SVs
may be automatically assigned to notify on change.
[0087] A subscription also may be based on a predetermined condition, such as an event subscription or a value
subscription. A value subscription is a request to be notified of a new actual value of an SV when the actual value of the
SV has been changed by a third party. For example, a value subscription may be used when multiple control panel views
that need to stay in a coherent state attach to an audio-related device that is a mixer core. If a first control panel view
engages a mute in the mixer core, a second control panel view may be notified with a value subscription to a SV that
controls a mute indicator in the second control panel view.
[0088] An event subscription is a request to be notified of an SV’s current value in response to a hardware trigger,
such as switch contacts closing. A SV may support event subscription if the SV has input hardware associated with it.
Event subscription capability may be indicated as part of the SV class declaration. An attempt to obtain an event sub-
scription from an SV that does not support event subscriptions may be rejected with an error.
[0089] In an example application, event subscriptions may be used to implement ’bank’ buttons on an assignable
control surface. A bank switch maintains a SV that holds the name of a ’macro’ as an output audio address. When a
bank button is pressed, the event subscription may provide the actual value of the SV to a subscribing object and the
subscribing object may execute the ’macro’ thus remapping the faders.
[0090] Event and value subscriptions are not mutually exclusive. Both event and value subscriptions may be in force
at the same time. An example of this is an automation object. In the previously described example, an automation object
may use an event subscription to record when the bank button is pressed, and a value subscription to capture the switch
being re-programmed to a different value. The previous example can also be coded as two separate SVs, one representing
the actual switch press and the other the value that will be sent on pressing of the switch. With this scheme, event
subscriptions may be supported on the audio-related device.
[0091] Subscriptions also may be multi-level. With SVs subscriptions, the subscription may be to a single SV or a list
of SVs within one subscription request message. Object and virtual device subscriptions also may be to a single SV or
multiple SVs. All of the SVs in an object may be subscribed with a single message, such as a SateVariableSubscribeAll
message. If a virtual device or object contains multiple objects, the subscribee may include all of the SVs that form the
hierarchical audio node structure of the virtual device or object in a subscription. In one example, to minimize the amount
of data to be transmitted in a subscription data message, the subscribee may assume that the virtual devices and/or
objects of the subscriber have the same structure as the subscribee. When the subscriber has a portion of audio node
structure that mirrors the portion of the audio node structure of the subscribee, the addressing information may be omitted
from the actual values of the SVs included in subscription data message payload. A subscription to an entire node also
may be requested. A node subscription message, such as a SubscribeErrors message to subscribe to all of the errors
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generated by a node, may be directed to the virtual device node manager of the subscribee.
[0092] The subscriber also may request the subscription data message to be delivered to an alternative destination
virtual device or object. The alternative destination also may include a ’mirrored’ audio node structure. The mirrored
audio node structure may allow audio-related devices, such as GUIs, Control Surface or Automation devices to subscribe
to any other audio-related device without an address clash occurring between the components in the subscriber and
subscribee.
[0093] In one example, an SV list on a subscriber object mirrors the SV list on the subscribee so that each individual
SV ID need not be sent in the subscribe data message. Subscriptions to an entire object also may specify whether the
subscription is to all sensor and non-sensor data, all sensors or all non-sensors. Subscriptions to a virtual device may
be by addressing a subscription message to the virtual device. All of the SVs contained in the virtual device and every
object encapsulated in the virtual device may be subscribed to. The virtual device structure of the subscriber may be
identical to that of the subscribee.
[0094] A subscription may be added or removed using add and remove messages. For example, a subscribe message
may be used to add a subscription and an unsubscribe message may be used to remove a subscription. A subscribe
message instructs the subscribee to add the subscriber to the subscribee’s subscribe list for one or more identified SVs.
An unsubscribe message, on the other hand, directs the subscribee to remove the subscriber from the subscribe list for
one or more identified SVs. If for example, it was desired to change a subscription from one SV to another on the same
object, then both an UnSubscribe of the first subscription and then a Subscribe for the new subscription may be sent.
[0095] Multiple SVs also may be unsubscribed in a single unsubscribe set message, such as a SVUnSubscribeAll
message. Such an unsubscribe set message may be used to unsubscribe from every SV under an object or virtual
device. If the virtual device or object contains multiple objects, the unsubscribe set message may include every SV in
the corresponding portion of the audio node structure that is identified in the unsubscribe message. Similar to the
subscribe message, to minimize the amount of data to be transmitted, the unsubscriber may have a mirrored audio node
structure so that the subscriber and subscribee object addresses and SV identifiers can be used interchangeably.

Error Handling

[0096] Error messages may be categorized generally as protocol errors and device errors. Protocol errors result when
an audio-related device receives a malformed or otherwise undecipherable message. An example of this type of error
is a message with an incorrect length field. As a best practice, devices should attempt to detect and report all such
errors. Device errors result when a device is unable to perform a requested action for a device-specific reason. An
example of this type of error might be an attempt to communicate with a subsystem that is temporarily busy or otherwise
unavailable. Another form of device error is application errors. An example of an application is clipping somewhere in
the signal path of an audio-related device.
[0097] An audio-related device may report an error upon receipt of a message. Mechanisms to communicate errors
include an error acknowledgement message and an error subscription. An error acknowledgement message may be
used to report the error to the sending device. An error acknowledgement message may take the form of a bit in a
message header flag. When a device receives a message that constitutes or results in an error, an error information
message may be returned to the sender.
[0098] An error subscription may allow interested parties to subscribe to all error acknowledgement messages gen-
erated by an audio-related device. Error subscriptions can be used so that an interested party may monitor or log all
errors during operation. With an error subscription, all error messages sent by the subscribee may be copied to the
subscriber. The error subscription data may include the error message and the original message that caused the error.
To reduce the size of that message, the original subscription message may be limited to a maximum size resulting in
truncation of the original message that caused the error if the original message is too long.

Event Logging

[0099] Event logging is a way to store and report significant occurrences on a node. The events may be of an infor-
mational nature such as the recall of a venue preset, or may be more serious errors, like a power supply failure. The
events may be recorded by the node and stored in non-volatile storage until such time that an event log client, such as
a control panel view reads the events.
[0100] Event logging may be different from error handing in a number of areas:

a) Event logging may allow benign events; error handling may only report failure modes.
b) Event logging may save events if the client is not online; error handling may not.
c) Event logs may be supplied ’on-demand’; errors may be pushed via subscription.
d) Events may be assigned to a category and given a priority; errors may not be.
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[0101] Event logs may be exported in a predetermined format, such as XML files or in a binary format using messages.
XML is the preferred format where the memory resources of the audio-related device are sufficient to generate the
resulting file. Audio-related devices with limited resources may use the binary format or even a proprietary compressed
format.
[0102] XML Event logs may be transported via a file transport protocol, such as an FTP protocol. Audio-related devices
that need to export logs over non-IP networks may use a binary event log format which transfers event log entries via
Messages. Alternatively, event logs may be made directly accessible via a Web Browser.

Workgroups

[0103] Nodes may be configured in a workgroup. Typically, a workgroup of nodes is deployed in an audio-related
device having relatively complex functionality, such as a large soundboard. Within the audio-related device, the nodes
may be aggregated into a cooperatively operating functionality. Workgroups may be hierarchical but not overlapping.
Each workgroup may be identified by a string name and levels of hierarchy may be separated by a predetermined
character, such as ’\’. An example workgroup may be an audio-related device, such as a console, that includes two
nodes, such as a node representative of the functionality of a control surface and a node representative of the functionality
of an audio rack. When both nodes are active the console can be considered "whole." The workgroup of this audio-
related device could be designated as ’FOH Mixer’ and the nodes could be called ’FOH Mixer\Surface’ and ’FOH
Mixer\Audio.’
[0104] Workgroups also may be used to segment an audio system. Audio system segmentation may be desirable to
control access to subsystems within the audio system or to otherwise divide the functionality of the audio system into
subsystems. For example, in a stadium audio system design, a top-level workgroup may be identified as "Stadium," an
intermediate level work group may be identified as "SkyBoxes", and each individual skybox may be identified as its own
workgroup. Accordingly, in this example, the workgroup of an audio-related device in skybox number 10 may be "Sta-
dium\SkyBoxes\Skybox10." Discovery can now be segregated such that a control surface inside a skybox can choose
to discover only the node(s) within that skybox, but a control surface assigned to the workgroup "Stadium\Skyboxes"
can discover any audio-related device within any of the skyboxes. Discovery is discussed in more detail later.
[0105] Segmentation by workgroups may be limited to the discovery process within the application layer. Other mes-
sages still may be passed between nodes in different workgroups. Assignment of workgroups may be with an attribute.
A workgroup string, such as ’name string’ may be an attribute of the node manager virtual device. This string may be
set and queried by other audio-related devices.

IV. PERFORMANCE EQUIPMENT MANAGER ("PEM")

[0106] FIG. 5 is a block diagram of a PEM and a portion of the audio system. The PEM 500 may be formed with a
plurality of instructions and data stored in one or more memory devices. The memory device(s) may be any medium
that preserves data for retrieval and may include a hard disk drive, compact disc drive, digital versatile disc drive, RAM,
ROM, PROM, EEPROM, flash memory, or any other digital storage device. The PEM 500 may reside on any audio-
related device in the audio system.
[0107] The PEM 500 may include an application layer 502 and a network interface 504 stored in the memory. The
network interface 504 may be configured to allow communication between the PEM 500 and an audio-related device
506 or multiple audio-related devices. The PEM’s network interface 504 may operate in a similar manner as the previously
discussed network interface of the audio-related device 506. For example, the PEM 500 may be connected directly to
a device 506 or may be in communication with a device 506 using the audio network 120. The audio network 120 also
may be coupled with the first audio network 334 via the first switch 330 as previously discussed. The PEM 500 may
communicate with a device 506 using any communication link, such as Ethernet 508, FireWire 510, USB 512, RS232
514 or RS485 516, as previously discussed. In addition, the PEM 500 may include the previously discussed audio stream
module 322 and audio services module 324.
[0108] The network interface 504 also may include a routing table 518. The routing table 518 may be used to route
data between nodes and the PEM. The routing table 518 may store a list of routes between nodes on the audio network
120 and the network information transmitted between the nodes. The routing table 518 may include multiple routes
between a set of nodes to allow for redundant networking. Routes may be chosen on the basis of the shortest transit
time. Several factors may be considered in determining the shortest transit time. For example, the bandwidth between
nodes may be a factor in the "cost" of a particular route. In addition, hop counts and message size may be considerations.
Based on these factors, a "cost" may be associated with each route and different routes may be chosen, for example,
to minimize costs or maintain costs, below a predetermined threshold.
[0109] The PEM’s application layer 502 may be either a "fat" application layer 502a or "thin" application layer 502b,
depending upon the capability of the device on which the application layer is running. In a "fat" PEM, the entire audio
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node structure of a device may be obtained and analyzed to determine the appropriate set of control panel view(s) to
represent the entire audio node structure. A "thin" PEM, however, may obtain and analyze only a portion of the audio
node structure as needed for a control panel view to be displayed. Accordingly, the control panel views obtained and
analyzed by the PEM 500 may be based on a sliding scale of complexity dependent on the computing power capabilities
of the audio-related device 506 upon which the PEM 500 is operating. In some circumstances, a "fat" PEM may operate
in a similar manner as a "thin" PEM to conserve processing power or to limit network traffic. Before querying a device,
for example, a "fat" PEM may recognize that the volume of traffic on the audio network 120 is high, and therefore, only
obtain a portion of the audio node structure of the audio-related device 506 to reduce network traffic.
[0110] The PEM’s application layer 502 may include a GUI core 520, plugin interface 522 and a plurality of plugins
523. The plugins 523 may include a generic plugin 524 and one or more product plugins 526. The GUI core 520 may
be configured to query the audio node structure of a device 506. This audio node structure data may be broadcast to
the product plugin(s) 526 and/or generic plugin 524 to search for an appropriate control panel(s) for the device 506. The
GUI core 520 (in cooperation with the product plugin(s) 526 and/or generic plugin 524) may direct a display driver 528
to drive a display to render a control panel view(s) for each level of the audio node structure, regardless of whether each
portion of the audio node structure in the device has a known, predefined control panel view. If a control panel view is
known for the entire audio node structure, a predefined control panel view may be displayed using the display driver
528, and may be used to monitor and control the device. If all or a portion of the audio node structure is unknown,
however, a "generic" control panel view or a "generic" GUI aspect for the unknown portion of the audio node structure
may be generated dynamically and displayed using the display driver 528. The "generic" control panel view or a GUI
aspect included in a predefined control panel view may be used to control the device.
[0111] The GUI core 520 may communicate with devices 506 through the network interface 504. Communications
between the GUI core 520, generic plugin 524 and product plugin(s) 526 may pass through the plugin interface 522.
The generic plugin 524 and product plugin 526 also may communicate with each other using the plugin interface 522.
[0112] FIG. 6 is a block diagram of an example GUI core 520. The GUI core 520 may include a node resolution module
600. Each audio-related device connected to the PEM 500 (either directly or through a network) is a node that may be
identified with a unique node identification ("ID"). The node resolution module 600 may include a node ID engine 602
for assigning a node ID or node address to each device connected to the PEM 500. When a new device is connected
to the PEM 500, the node ID engine 602 may assign a node ID to the new node. A method that may be used to assign
such a node ID is described later.
[0113] The GUI core 520 also may include a system plugin node manager 604. The system plugin node manager 604
may communicate with the product plugin(s) 526 and generic plugin 524 through the plugin interface 522. The system
plugin node manager 604 may include a GUI manager 606, a system wide settings module 608 and a controls library 610.
[0114] The GUI manager 606 may be configured to manage the mode of the control panel view GUI formats. For
example, the GUI manager 606 could switch between a venue view and a product view. In the venue view, the GUI of
the control panel view may allow a user to view multiple devices in an audio system at the same time. For example, the
venue view may display all audio-related devices in a system, as well as the interrelationships between these devices.
This mode may be setup with multiple floating windows in which each floating window displays information about a
device. In the product view, the GUI of the control panel view for a single audio-related device may be displayed. In
some examples, the product view may have a menu or tabs hierarchy that would allow a user to switch between various
virtual devices or objects for an audio-related device. A user may be able to switch between the product view and venue
view as needed. For example, the user may use the product view when using a touch screen interface, such as that
found on a tablet computer, and use the venue view when using a computer with a mouse and keyboard. FIG. 27 shows
a venue view for an example system while FIGS. 28 and 29 show an example product view.
[0115] The system wide settings module 608 may be configured to store the settings for all or part of an audio system
for later use. These saved settings could be loaded at a later time and sent to each audio-related device to restore a
saved configuration. The GUI manager 606 also may direct that all settings and control panel views be saved by each
respective product plugin 526 and the generic plugin 524.
[0116] The GUI manager 606 also may be configured to provide the capability to generate custom control panel views.
The custom control panel views may be configured with data variables from multiple different devices using predefined
GUI aspects or generic GUI aspects from the product plugin(s) 526 and the generic plugin 524. The GUI manager 606
also may be configured with a plurality of hot buttons. The hot buttons may be mapped to specific control panel views
of specific devices in the product plugin(s) 526 and the generic plugin 524, or may be mapped to a custom control panel
view created by a user.
[0117] When creating a custom control panel view, specific stored, predefined GUI aspects from different product
plugins may be dragged from a stored, predefined control panel view to the customized control panel view being created.
For example, a slider on a stored, predefined control panel view may be clicked with a mouse and moved to the customized
control panel view. In addition, within the customized control panel view, a dragged and dropped GUI aspect may be
changed or "morphed" into a different GUI aspect. For example, a dragged and dropped slider may be changed to a
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knob, a button, a rotary encoder, a list box, etc. A changed GUI aspect also may be configured with different values.
For example, in the case of a dragged and dropped slider with a range of 0-100 percent that has been changed to a
button, the button can be configured with a depressed state of twenty percent and an un-depressed state of sixty percent.
[0118] The GUI manager 606 also may include a venue functionality control. The venue functionality may refer to a
plurality of predetermined groups of venue settings included in the devices. The venue settings may be stored in the
memory of the audio-related devices as a venue table. Each of the venue settings included in the venue table may be
identified by a corresponding component of the audio node structure of the audio-related device. Accordingly, each of
the venue settings may replace an existing setting present in the corresponding component when a group of venue
settings is selected.
[0119] For example, a group of devices may have a group of EQ settings for a musical performance and a different
group of EQ settings for a theatrical performance. In another example, some audio-related devices may be disabled in
certain venues and enabled in other venues. The GUI manager 606 may include functionality that provides for selection
of one of the groups of venue settings from the venue table. Upon selection of one of the groups of venue settings by
a user, a set venue message that includes a venue setting group identifier may be sent by the PEM to all of the audio-
related devices. Those audio-related devices with groups of venue settings that correspond to venue setting group can
switch to operation with the group of venue settings indicated in the set venue message. Those audio-related devices
that do not have such a group of venue settings can ignore the set venue message and/or become disabled.
[0120] A controls library 610 also may be provided in the GUI core 520. The controls library 610 may include a set of
GUI control panel views and/or GUI aspects that can be associated with user defined SVs. For example, a user could
pull a GUI aspect representative of a slider bar from the controls library 610 and associate the slider bar with several
SVs of different audio-related devices in the audio system. Consequently, the user could use the custom slider bar as
a "master controller" to simultaneously control several sliders (or other controls) on a GUI control panel view. In addition,
the user may drill down into the master controller GUI using the GUI control panel view to adjust the offsets of the data
variables being adjusted with the master slider.
[0121] The GUI core 520 also may include a subscription manager 612, which can manage the updating and notification
of changing data in the control panel views and/or devices. For example, a GUI control panel view may contain a slider
with an associated SV value. If the user moves the slider (and therefore changes the actual value of the SV associated
with the slider) in the GUI control panel view, the subscription manager 612 can manage the subscription. For example,
the subscription manager 612 may verify that data is sent in the appropriate format to the corresponding audio-related
device(s) that have previously subscribed to the corresponding SV.
[0122] The GUI core 520 also may include a link manager 614 that keeps track of which GUI controls are visible to
the user on a particular control panel view and which SV values are associated with the GUI controls. The link manager
614 may include a link engine 616 and an event engine 618. The event engine 618 may be notified of changes to actual
values of any SVs in the control panel view or corresponding audio-related device. When changes to SVs in the control
panel view occur, the link engine 616 may notify any control panel views and/or audio-related devices that are associated
with the changed SV. In response to the notification, the control panel views may request the updated actual value of
the SV from the control panel view in the corresponding product plugin 526 or the generic plugin 524 instead of from
the audio-related device. Accordingly, network traffic to and from the audio-related device may be minimized since the
various control panel views are updated with data that is in the PEM 500.
[0123] Similarly, when an SV changes at the audio-related device, the device may be subscribed to only one control
panel view. Accordingly, when the one control panel view is updated by a message from the device, the event engine
618 may notify all the corresponding control panel views that display the changed actual value of the SV. In response,
the corresponding control panel views request the updated actual value of the SV from the updated control panel view
instead of the device. For example, each audio-related device may include a configuration state. The configuration state
may be a single number that represents which SV(s) in the audio-related device have been changed. The configuration
state may be useful for determining whether significant changes have been made to a device from another GUI control
panel view, as well as other diagnostic and maintenance related activities.

Discovery Engine

[0124] The GUI core 520 also may include a discovery engine 620 that may communicate with product plugin(s) 526
or the generic plugin 524. The discovery engine 620 may be initiated by the product plugin(s) 526 or the generic plugin
524 when one or more components in the audio node structure of an audio-related device are unknown. An unknown
component in the audio node structure of an audio-related device can be a virtual device, object or SV that does not
include a corresponding stored, predefined GUI control panel view and/or GUI aspect. In other words, the component
is not predefined within the audio system.
[0125] When enabled, the discovery engine 620 may query audio-related devices about their audio node structure.
The discovery engine 620 may include a SV discovery module 622, an object discovery module 624 and a virtual device



EP 1 585 241 B1

19

5

10

15

20

25

30

35

40

45

50

55

discovery module 626 for determining the SV and/or associated attributes, the objects and/or associated attributes and
the virtual devices and/or associated attributes of a device, respectively.
[0126] For audio-related devices that have static audio node structure configurations discovery with the discovery
engine 620 may not be necessary since the audio node structure of such devices may already be known by the product
plugins. In these situations, queries for the current SV actual values may be all that is required. If, however, any portion
of the audio node structure of an audio-related device is not known, discovery with the discovery engine 620 may be
implemented. In addition, some audio-related devices include configurable virtual devices. Configurable virtual devices
may be configured by a user with different configurations of objects and/or SVs. Accordingly, the audio node structure
is configurable and the objects and SVs within such a configurable virtual device may need to be discovered with the
discovery engine 620.
[0127] An example of a static audio node structure that is unknown may arise as a compatibility issue. For example,
consider a tour sound provider that receives a new audio-related device for a touring audio system while out on the road.
The new audio-related device received by the tour sound provider has a new firmware revision that provides additional
functionality and/or capability not present in an existing audio-related device that will be replaced by the new audio-
related device. If the tour sound operator does not update the product plugin by loading the new components of the
audio node structure and corresponding GUI control panel views and/or GUI aspects that came with the new audio-
related device, access to the new features may not be possible. Or, even worse, the tour sound operator may not be
able to control the existing features. The discovery engine 620 may overcome such issues by providing mechanisms to
discover the audio node structure of the new device and to provide information that allows default editors to be built to
view, control and edit all of the features of the new device.
[0128] The discovery engine 620 may use a "get" methodology for discovery of the components within the audio node
structure of an audio-related device. The audio-related device may respond with an "Info return" message to provide
information related to the audio node structure. When an unknown virtual device, object, or SV is encountered in an
audio-related device, the discovery engine 620 may be deployed to query the audio-related device for the detailed
attributes. This type of discovery may be referred to as unknown discovery. When enabled, the discovery engine 620
may discover the entire audio node structure of an audio-related device, or a portion of the audio node structure of an
audio-related device. In addition, the discovery engine 620 may be enabled to discover specified components in the
audio node structure, namely one or more specified virtual devices, objects or SVs.
[0129] Once an audio-related device has been addressed and becomes available on the audio network, audio node
structure queries may be used. Audio node structure queries may be used to determine the audio node structure of any
audio-related device. The audio node structure queries may use predefined request messages that enable a call and a
response. As a result of the queries of an audio-related device each virtual device, object and SV representative of the
functionality of the audio-related device may be obtained.
[0130] Whenever an unknown component of the audio node structure is identified, the discovery engine 620 may be
enabled to discover more detailed attribute information of the unknown component, and to ascertain what the entire
audio node structure is, or what the unknown component represents. Accordingly, a call and response functionality
provided by the audio node structure queries and/or a discovery functionality provided by the discovery engine 620 may
be used to ascertain all of the components of an audio node structure and/or the detailed attributes of components within
the audio node structure.
[0131] When the discovery engine 620 is enabled to determine the entire audio node structure, an entire audio node
structure query request may be communicated in a single message to the discovery engine 620. The discovery engine
620 may then communicate with the audio-related device of interest using a series of the audio node structure queries.
The responses to the calls may be collected and temporarily stored, or the responses may simply be forwarded to the
plugin 523. When the responses are collected, the discovery engine 620 may assemble the entire audio node structure
of the audio-related device of interest based on the attributes included with the virtual devices, objects and/or SVs
provided in the responses. The entire audio node structure may then be provided in a single message to the plugin 523.
[0132] Alternatively, the discovery engine 620 may be enabled to obtain more detailed information related to compo-
nents encountered in the audio node structure that are unknown. In this scenario, a virtual device, object or SV may be
identified to the discovery engine 620 as unknown. The discovery engine 620 may then communicate with the audio-
related device of interest using one or more component specific audio node structure queries. The responses to the
queries may include the detailed attributes of the unknown component. The detailed attributes may be used to assemble
or define the component of interest, and provide the now defined unknown component in a single message. Alternatively,
the detailed attributes may be obtained and provided to the plugin 523 without further processing by the discovery engine
620.
[0133] Initial communications with an audio-related device to determine the audio node structure may be performed
with one of the plugins 523. To obtain the audio node structure of an audio-related device, the audio-related device may
first be queried by one of the plugins 523 for a list of virtual devices on that node. A predetermined message, such as
the message GetVDList may be sent to the node manager virtual device of the audio-related device. The node manager
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may reply with a list of the virtual devices on that node including itself. Once the virtual devices have been identified, it
is determined by the plugin 523 if all of the virtual devices are known. If any virtual devices are unknown, the plugin 523
may enable the discovery engine 620 to determine the entire audio node structure, or the unknown virtual devices.
Alternatively, the plugin 523 may determine the audio node structure. In another alternative, the discovery engine may
perform all communication with an audio-related device, pass received information to the plugins 523 and perform
additional communication with the audio-related device at the direction of the plugins 523.
[0134] If one or more of the virtual devices on a node are unknown, each of the listed unknown virtual devices may
be queried using audio node structure queries to determine the SVs and objects included in the unknown virtual device.
To obtain the virtual device level SVs, a predetermined get SVs message addressed to the virtual device, such as a
GetSVList message may be used to query for a list of the SV classes used in the virtual device. The get SVs message
may return a list that includes the class ID for each SV on the virtual device. To determine the objects in a virtual device,
a predetermined get objects message addressed to the virtual device, such as a GetObjectList message may be used.
A list of the objects included in the virtual device may be returned in response to the get objects message. The audio
node structured queries may be initiated by the discovery engine or the plugin. Alternatively, instead of lists, the virtual
devices, objects and SVs may be queried individually.
[0135] Finally, the actual values of the SVs included in the virtual device may be obtained. The actual values may be
obtained with a predefined get actual values message query such as a MultiSVGet message. In response to the get
actual values message, the actual values of the SVs included in the virtual device may be returned. Alternatively, the
SVs may be subscribed to. Subscribed SVs are automatically provided whenever the actual value is updated.
[0136] The previous discussion assumes the existence of a configurable (or dynamic) virtual device or a static virtual
device that is unknown and/or includes unknown components. In the case of a static virtual device where the audio node
structure is known, no further queries may be necessary beyond a query for the virtual devices since the objects and
SVs are known. Thus, the plugin or the discovery engine 620 may not need to send the get SVs message (GetSVList)
or the get objects message (GetObjectList).
[0137] If the object class identified in a received list of objects is known, then only queries for the actual SV values
may be necessary using one of the two methods described above. For each object in a virtual device that is unknown,
a list of sub-objects and SVs may be requested using the get SVs message and/or the get objects message. The other
action that may need to be performed on unknown objects is to discover the dynamic attributes of all the SVs in the
object. Dynamic attributes may be set by the object itself. The mechanism to obtain the dynamic attributes of such an
object may be with a predefined get dynamic attributes message, such as SVGetDynAttributes.
[0138] Where an unknown SV is identified, a predefined get static attributes message such as, SVGetStaticAttributes,
may be transmitted to the object or virtual device containing the unknown SV. The static attributes provided in response
may be used to define the unknown SV.
[0139] Alternatively, a more efficient discovery mechanism for virtual devices also may be used. A predefined set of
audio-related device node structure query messages may be transmitted to an audio-related device. The predefined set
of query messages may request the audio node structure in a condensed format. In response, each virtual device may
provide replies that fully describe the functionality of the audio-related device. The functionality may be fully described
by, for example, registered class IDs of object and SV members within the virtual device that are predefined. If any of
these audio-related device node structure query messages return classes of objects or SVs that are unknown, more
detailed discovery of that component as previously described may be performed.
[0140] An example of discovery of an audio-related device that is a zone controller will now be described. A zone
controller is a simple wall controller that may provide an audio source select and a gain control for a single zone within
an installed audio system. The functionality of a zone controller may be modeled as a user interface object with no audio
capabilities. The zone controller may be configured to have two subscriptions to a router object that performs the gain
and source selection functions. Processing may be handled with a separate processing object on a different node.
[0141] Modeled as a stand alone node with a non-configurable virtual device, the zone controller can be viewed as
follows. A gain SV such as a SVClassGain SV, may be linked to a gain SV in an audio processing object. A source
selection SV such as SVClassCMInput, may be linked to a routing SV in an audio processor object. A get message,
such as GetVDList(info), may be used to describe the virtual device(s) in a zone controller class. With this information,
it is known that this node has no configurable members. The virtual device has no user interface other than a mechanical
pot to control selection, and two momentary switches to control the volume (a control surface). A describe message,
such as DescibeVD, that is addressed to the zone controller object may return the instance attributes, actual values of
the SV and subscriptions of the zone controller virtual device.
[0142] Upon receiving the queried data from a device, the discovery engine 620 may communicate information to the
product plugin(s) 526 or the generic plugin 524 through the plugin interface 522. The information may be used by the
product plugin(s) 526 or the generic plugin 524 to determine the control panel view and/or the GUI aspect to be selected
or created for the corresponding device.
[0143] The product plugins 526 or the generic plugin 524 also may enable the discovery engine 620 to assist in
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determination of an unknown control panel view and/or GUI aspect. An unknown control panel view or GUI aspect is
one that is not available from any of the product plugin(s) 526 or the generic plugin 524 to represent some or all of the
audio node structure of an audio-related device. For example, when the product plugin(s) 526 or the generic plugin 524
do not have sufficient information included in the audio node structure obtained from the audio-related device to create
a GUI aspect for one or more components of the audio node structure, the discovery engine 620 may be enabled to
obtain additional details.

Node Discovery Manager

[0144] The GUI core 520 also may include a node discovery manager 628. The node discovery manager 628 includes
a node attribute request engine 630 and a plugin search engine 632. The node attribute request engine 630 may query
a device about its node class attributes. The class attributes may be indicative of the functionality of the audio-related
device. In addition, the class attributes may provide information to match the audio-related device to a corresponding
product plugin 526. For example, the class attributes may describe the type of audio-related device, such as an amplifier,
the family of audio products, such as a model and/or a product identifier, such as a model number or product name.
[0145] The node discovery manager 628 may use the class attributes to query the product plugins 526 with a broadcast
message to determine if any of the product plugins 526 have a class that includes the device. In other words, to determine
if any of the product plugins 526 are associated with the device and, therefore, have predefined control panel view(s)
for the device. The class attributes broadcast in the query may be compared to class attributes stored in the product
plugins 526. The Node Discovery Manager 628 may enable the launch of a product plugin 526 and creation of a
communication node with the plugin interface 522 when one of the product plugins 526 recognizes the class attributes
and indicates an association with the audio-related device.
[0146] The plugin Search Engine 632 may be enabled when a plugin 523 does not include a component of the audio
node structure of an audio-related device. The plugin Search Engine 632 may be enabled to query other plugins 523
for unknown components included in the audio node structure. In addition, the plugin Search Engine 632 may be enabled
to query other plugins 523 for GUI aspects. The query for GUI aspects may be enabled when a product plugin 526 does
not include all of the GUI components in a predefined control panel view that are needed to support a audio node structure
of an audio-related device. The plugin Search Engine 632 also may enable the discovery engine 620 when the other
plugins 523 do not include information on the unknown components or the GUI aspects included in a respective query.
[0147] The GUI core 520 also may include a plugin Loader 634. The plugin Loader 634 may maintain a running list
of all the product plugins 526 currently available to the GUI core 520. Accordingly, the GUI core 520 may query and/or
initiate the launch of a product plugin 526 through communication with the plugin interface 522 based on the list maintained
by the plugin loader 634.

Plugin Interface

[0148] FIG. 7 is a block diagram of a plugin interface 522 which may be used in the system. The plugin interface 522
includes a storage module 700 and a network module 701. The network module 701 may provide a communication
conduit 702 which would serve as a communication interface between the GUI core 520 and a product plugin 526 and/or
the generic plugin 524. The storage module 700 includes a plugin launcher 702 for launching a product plugin 526 or
the generic plugin 524. Additionally, the network module 701 may include a node communication instantiator 704 to
setup communications between an audio-related device identified with the GUI core 520 as associated with a product
plugin 526 or the generic plugin 524. Respective communication with the audio-related device and the plugin 523 may
be separate and independent so that the plugin 521 may not need to include knowledge of the communication path to
the audio-related device. Such knowledge may include, communication protocols that may be used with the audio-
related device, the ID of the audio-related device, etc. In this manner, the plugin interface 522 may shield the product
plugin 526 or generic plugin 524 from the audio network 120 by opening a communication conduit to the device (through
the GUI core 520). Accordingly, the product plugin 526 or the generic plugin 524 may communicate over the audio
network 120 with an audio-related device without knowledge of the audio network 120.

Product Plugin

[0149] FIG. 8 is a block diagram of a product plugin 526 that may be used in the system. The system may include
multiple product plugins that may be associated with audio-related devices included in the audio system. The product
plugin 526 may be supportive of one or more associated audio-related devices. For example, audio-related devices with
similar model numbers, functionality and/or manufacturer may be associated with the same product plugin 526. In
general, the product plugin 526 may include stored, predefined audio-related device specific information that may be
used to represent the functionality and control capability of the associated audio-related device(s). Such information
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may include stored, predefined GUI control panel views, stored, predefined GUI aspects, class identification information
of the associated audio-related devices, stored, predefined node structures of audio-related devices, stored portions of
predefined node structures, etc.
[0150] The product plugin 526 may include a type discovery module 800 and a control panel view builder 801. The
control panel view builder 801 may include a node instantiation engine 802, a control panel library 804, a control panel
data storage 806 and a control panel view buffer 808. The type discovery module 800 may include a node class analysis
810 that communicates through the plugin interface 522 with the GUI core 520. The node class analysis 810 receives
broadcast class information from the node attribute request engine 630 via the plugin interface 522. The class information
includes class attributes such as an object class ID and a product name that were pre-assigned to the audio-related
device. The class information may be provided by an audio-related device in response to a class attribute query. The
class attributes may be any symbols, words, numerals or some combination thereof that are indicative of the nature and
type of audio-related device.
[0151] The class attributes may be broadcast in a node query to the product plugins 526 by the node discovery manager
628. Alternatively, each of the product plugins 526 may be sent a node query individually. The node query that includes
the class attributes may be used to determine whether one of the product plugins 526 correspond to the class attributes
of the device. Class attributes that are stored in a library storage module 816 may be compared with the class attributes
included in the query. For example, the library storage module 816 may include a product dynamic link library ("DLL").
The DLL may include a public product DLL description ("PDD") class with static members that include the object class
ID and product name of each audio-related device associated with the product plugin 526. Once the class attribute
information is compared, the node class analysis 810 may send a message to the GUI core 520 indicating whether the
product plugin 526 is associated with the corresponding class attributes of the audio-related device.
[0152] If the product plugin 526 corresponds to the class attributes of the device, a communication conduit may be
set up through the plugin interface 522. Using the plugin interface 522, a retrieval engine 812 may be used to obtain the
audio node structure from the audio-related device. The audio node structure may be representative of the functionality
of an audio-related device, and may include SVs, objects and/or virtual devices. A class analysis 814 may then traverse
through the audio node structure to perform a comparison with the library storage 816. The library storage 816 may
include one or more predefined audio node structures and/or audio node structure components for each of the audio-
related devices associated with the product plugin 526. The audio node structure(s) and/or audio node structure com-
ponent(s) may include virtual devices, objects and/or SVs in a configuration that is indicative of the functionality of each
of the audio-related devices supported by the product plugin 526.
[0153] In one example, the product plugin 526 may query the audio-related device for a list of the virtual devices
included in the audio-related device. Alternatively, the node discovery manager 628 may receive the list of virtual devices
as part of the class attributes. In another example, the product plugin 526 may query for each of the virtual devices,
objects and/or SVs included in the audio-related device.
[0154] If the virtual device(s), object(s) and/or SV(s) are known, a representation of that portion of the audio node
structure and an indication that the portion of the audio node structure is known may be stored in a node structure storage
818. For example, the representation may be a list of virtual devices and indication of the virtual devices that are known.
In another example, the known portions of the audio node structure and the attributes included with the known portions
of the audio node structure may be stored in the node structure storage 818. If any portion of the audio node structure
received from the audio-related device is not found to correspond with the predefined virtual devices, objects and SVs
included in the audio node structure or audio node structure components included in the library storage 816, the plugin
search engine 632 may be enabled by the retrieval engine 812 to query the other product plugin(s) 526 and the generic
plugin 524 for the unknown components of the audio node structure. Alternatively, the product plugin 424 may perform
such queries.
[0155] If the unknown components are present in another plugin 523, the unknown components may be retrieved,
stored in the library storage 816 and used to fully define the audio node structure. The corresponding components of
the audio node structure may then be stored in the node structure storage. If the unknown components are not available
from any of the product plugin(s) 526 and the generic plugin 524, the discovery engine 620 may be initiated to either
determine the entire audio node structure of the audio-related device, or determine the unknown components of the
audio-related device as previously discussed. The audio node structure and/or components determined by the discovery
engine 620 may be associated with the audio node structure of the audio-related device and stored in the library storage
816. The detailed attributes obtained by the discovery engine 620 for the unknown portions of the audio node structure
also may be stored in the node structure storage 818.
[0156] Since the discovery engine 620 may be enabled by any one of a plurality of product plugins 526 and/or the
generic plugin 524, this may be advantageous. Namely, each of the product plugins 526 and the generic plugin 524 do
not need to store and execute instructions to operate the discovery engine 620. In addition, changes and updates to the
instructions within the discovery engine 620 may be made once.
[0157] Once the entire audio node structure of an audio-related device has been determined, and indication stored in
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the node structure storage 818, the node instantiation engine 802 may utilize the audio node structure stored in the node
structure storage 818 to identify one or more control panel views. The control panel views may be identified based on
the components of the audio node structure and/or the attributes included with the components of the audio node
structure. For example, a stored, predefined control panel view may be associated with one or more specifically identified
virtual devices.
[0158] The node instantiation engine 802 may access the control panel library 804 and obtain one or more GUI control
panel views that correspond to the components of the audio node structure. The control panel library 804 may store
predefined GUI control panel views and/or predefined GUI aspects that are capable of being displayed in a display. The
corresponding GUI control panel views may be configured by the node instantiation engine 802 and stored for instantiation.
The GUI control panel views may be instantiated and displayed by the node instantiation engine 802 when requested
by a user to allow monitoring, control and manipulation of the functionality of the audio-related device.
[0159] The node instantiation engine 802 also may setup subscribe messaging for each SV in the control panel view(s).
In addition, the node instantiation engine 802 may communicate with the link manager 614 regarding the control panel
view(s) and associated SVs. The control panel data storage 806 may be used to store the actual values of the SV(s)
included in the GUI control panel view(s) that are instantiated by the node instantiation engine 802. The actual values
of the SV(s) may be retrieved from the audio-related device with the retrieval engine 812 and provided to the node
instantiation engine 802 for storage in the control panel data storage 806. The control panel data storage 806 also may
store all settings and control panel views when directed by the GUI manager 606, as previously discussed.
[0160] A control panel view buffer 808 also may be provided to buffer data related to the GUI control panel view(s).
The control panel view buffer 808 may buffer control panel views and related data while the node instantiation engine
802 is preparing the GUI control panel view(s) for instantiation and display. In addition, multiple GUI control panel views
may be prepared and stored in the control panel view buffer 808. Accordingly, as a user requests various GUI control
panel views, the view may be extracted from the set of control panel views buffered in the control panel view buffer 808.
The extracted GUI control panel view may be instantiated on a display with the actual values of the SVs that are stored
in the control panel data storage 806. While the actual values are stored in the control panel view buffer 808 and/or
instantiated in a GUI control panel view, the actual values may be updated. This may occur with a get command or by
subscription.
[0161] The number of control panel views that are formed and stored in the control panel view buffer 808 may be
based on the capability of the PEM. Where the PEM is a "fat" PEM, GUI control panel views for the entire audio node
structure may be developed and stored. Alternatively, where the PEM is a "thin" PEM, fewer, or only one control panel
view may be developed and stored at any given time.
[0162] When one or more GUI control panel view(s) selected by the node instantiation engine 802 do not support the
entire audio node structure of the audio-related device, the node instantiation engine 802 or the discovery engine may
check the control panel library 804 for one or more stored, predefined GUI aspects that are capable of supporting the
unsupported components of the audio node structure. In addition, other product plugin(s) 526 may be checked for one
or more store predefined GUI aspects capable of representing the unsupported portion of the audio node structure. An
unsupported portion of the audio node structure may be, for example, some of the objects and/or SVs contained within
an otherwise supported virtual device.
[0163] Determination of a GUI aspect(s) capable of representing the audio node structure may be based on the
attributes included in the audio node structure. For example, attributes of a component of the audio node structure may
describe a control GUI aspect that needs a variable control from zero to one hundred percent, or may specifically indicate
that a slider is needed to represent the functionality of the control GUI aspect. In another example, an attribute of a node
structure component may describe an indicator GUI aspect that needs a variable indicator from zero to one hundred
percent, or may specifically indicate that a numeric display is needed to represent the indicator GUI aspect.
[0164] If the missing GUI aspect(s) that meet the qualifications described in the attribute(s) of the audio node structure
are predefined and stored in the control panel library 804 or another product plugin 526, the stored, predefined GUI
aspect(s) may be retrieved and integrated into the predefined GUI control panel view. Integration of the GUI aspect(s)
may include placement, size adjustment, color adjustment, interrelation of the GUI aspect with existing GUI components
in the stored, predefined GUI control panel view and/or any other manipulation and/or configuration identified by the
attributes of the corresponding audio node structure. Following incorporation of the GUI aspect, the node instantiation
engine 802 may store the GUI control panel view that includes the integrated GUI aspect as a new predefined GUI
control panel view in association with the audio node structure of the audio-related device. The new predefined GUI
control panel view may be stored in the control panel library 804. The GUI control panel view that includes the integrated
GUI aspect may be stored and instantiated together on a display.
[0165] If the missing GUI aspects are not available from any of the product plugin(s) 526, the generic plugin 524 may
be enabled. The generic plugin 524 may be enabled to construct a one or more generic GUI control panels, such as a
default panel (editor) to support the audio node structure. The generic GUI control panel(s) constructed by the generic
plugin 524 may be provided to the node instantiation engine 802. The node instantiation engine 802 may use the generic
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GUI control panel(s) to display the functionality of the audio-related device. Alternatively, the generic plugin 524 may be
enabled by the product plugin 526 to generate generic GUI aspects to represent the functionality of the components of
the audio node structure not associated with stored, predefined GUI aspects. Any GUI aspects generated and/or identified
using the discovery engine 620 may be also used by the node instantiation engine 802 to fill in missing portions of the
predefined control panel views. The node instantiation engine 802 also may interrelate the generated GUI aspect with
the existing GUI components of a predefined control panel view based on the attributes of the audio node structure.
[0166] The node instantiation engine 802 also may take into consideration the computing power capability of the device
providing display of the instantiated GUI control panel views or enablement of the control surfaces. Based on the capability
of the device, the node instantiation engine 802 may simplify, enhance, eliminate, or embellish a stored, predefined GUI
control panel view or stored, predefined GUI aspect. For example, where the display is small, with limited display
capability, such as low resolution or limited "real estate" for display, selected GUI component(s) included in a stored,
predefined GUI control panel view may be changed to simpler GUI component(s), combined with other GUI components,
or eliminated completely. In another example, where the display is relatively large and includes high resolution display
capabilities, a store predefined GUI control panel view may be changed to include more complex GUI components, such
as with more graphical details, automation, etc. Consideration of the computing power capability of the device providing
display of the GUI control panel view(s) also may effect the integration of stored, predefined GUI aspects and/or GUI
aspects.
[0167] Changes to a stored, predefined control panel view configured to enable a control surface also may be made
to conform with the hardware of a control surface. For example, a stored, predefined control panel view that includes
functionality to drive an analog meter in a control surface may be changed to functionality to drive a numeric digital
display when the hardware in the control panel, as described by attributes in the audio node structure, dictates.

Generic Plugin

[0168] FIG. 9 is a block diagram of a generic plugin 524. The generic plugin 524 may be enabled in the event that the
class attributes of the device are not recognized by any of the product plugins 526 presently listed in the plugin loader
634. When enabled, the generic plugin 524 may determine the audio node structure of an audio-related device. The
audio node structure may be determined by the discovery engine 620 as previously discussed. In addition, the generic
plugin 524 may be enabled to create one or more generic GUI control panel views when the audio node structure is not
completely supported by stored, predefined GUI control panel views stored in the product plugins 526.
[0169] When none of the product plugins 526 support the class attributes of an audio-related device, the generic plugin
524 may be enabled by the GUI core 520 via the plugin interface 522 to dynamically create one, or a set of "generic"
control panel views based upon the audio node structure provided by the device. Alternatively, when one of the product
plugins 526 that supports the class attributes of an audio-related device does not have a predefined control panel
corresponding to one or more components in the audio node structure of the device, the generic plugin 524 may be
enabled by the product plugin 526 to dynamically create one or more "generic" control panel views based upon the audio
node structure provided by the device. In addition, the generic plugin 524 may similarly be enabled to generate a generic
GUI aspect when a stored, predefined GUI aspect does not exist for one or more components in an audio node structure.
The generic plugin 524 may include a Control Panel Factory 900, an attribute Analysis 902, a node instantiation engine
904, a placement engine 906, a retrieval engine 908, a control panel view buffer 910, a node structure storage 912, and
a control panel data storage 914.
[0170] The GUI core 520 (FIGs. 5 and 6) may be enabled to communicate with the audio-related device and/or the
product plugins 526 to obtain the audio node structure of an audio-related device. Alternatively, the retrieval engine 808
may obtain the audio node structure and/or attributes of the audio-related device. Once obtained, the audio node structure
and/or attributes of the audio node structure of the audio-related device may be stored in the node structure storage
912, as previously discussed. In addition, the actual values of the obtained SVs may be stored in the control panel data
storage 914, as previously discussed.
[0171] The attribute analysis 902 may review the attributes associated with the stored audio node structure of the
audio-related device. Based upon analysis of the attributes of the audio node structure, the node instantiation engine
904 may initiate the control panel factory 900 to generate one or a set of generic GUI control panel views and/or generic
GUI aspects. The GUI components in the generic GUI control panel view(s) or the generic GUI aspects may be determined
based on the attributes included in the stored audio node structure.
[0172] The node instantiation engine 904 may enable the plugin search engine 632 (FIG. 6) to search the product
plugin(s) 526 for stored, predefined GUI aspects described by the attributes to integrate into the generic GUI control
panel view(s). Alternatively, the node instantiation engine 904 may search and obtain stored, predefined GUI aspects
from the product plugins 526. Thus, the one or more generic control panel views may include predefined GUI aspects
and generated "generic" GUI aspects.
[0173] If insufficient attributes are available in the audio node structure received from the audio-related device to



EP 1 585 241 B1

25

5

10

15

20

25

30

35

40

45

50

55

generate all or a portion of the generic GUI control panel view(s), the discovery engine 620 may be enabled to obtain
and provide additional information from the device. Such additional information may include additional information about
the audio node structure. For example, retrieval of objects and/or SVs may be obtained from an audio-related device
that had previously supplied only the virtual devices included in the audio node structure. In addition, information obtained
may include detailed attributes of the components of the audio node structure, such as sizes, colors, shapes, wiring,
interrelationships with other components in the audio node structure, functionality details, relational placement, etc.
[0174] The node instantiation engine 904 may instantiate the completed generic GUI control panel view or a generic
GUI aspect for display. In addition, actual values of the SVs may be retrieved from the control panel data storage 914
and included in the generic GUI control panel view or a generic GUI aspect. Alternatively, a generic GUI aspect may be
provided to the product plugins to complete a stored, predefined GUI control panel view. The generic GUI control panel
view(s) or generic GUI aspects also may be stored in association with the audio-related device for later retrieval. Storage
of the generic control panel views or generic GUI aspects may be in the control panel data storage 914.
[0175] The node instantiation engine 904 also may setup subscribe messaging for each SV in the generic GUI control
panel view and communicate with the link manager 614 regarding the generic control panel view and associated SVs.
The generic plugin 524 also may optionally include a placement engine 906. The placement engine 906 may manage
the placement of GUI aspects in the generic control panel views within a "fat" PEM based on attributes included in the
audio node structure. In addition, within a "fat" PEM, a control panel view buffer 910 also may optionally be provided to
buffer data regarding the additional layers of generic control panel views for the device. The node instantiation engine
904 also may consider the capabilities of the device that includes the display as previously discussed when obtaining
the audio node structure and building the generic control panel views and/or generic GUI aspects.

V. AUDIO-RELATED DEVICE (CONT’D)

[0176] FIG. 10 is a block diagram of a portion of the audio-related device 200 illustrated in FIGs. 2 and 3. The portion
of the example audio-related device 200 includes the network interface 302, the audio stream 322, a virtual device
engine 1002, an object engine 1004, a SV engine 1006, a node identification module 1008, a subscription manager
module 1010, a device to device communication manager module 1012, and a link manager module 1014. The various
modules depicted in FIG. 10 may be stored in the memory 206 and are selectively executable by the processor 204
(FIG. 2). In other examples, additional modules may be included to depict the described functionality of the audio-related
device 200.
[0177] , Each of the audio-related devices may be represented as a node on the audio network 120 (Figure 1). Each
audio node structure may include a three level hierarchy that includes virtual devices, objects, and nodes. Each virtual
device may group one or more objects and one or more SVs. The virtual devices, objects, and SVs are representative
of the functionality, settings and operational aspects of the corresponding audio-related device 200. The SVs are usually
operational parameters in the form of variable data.
[0178] The virtual device engine 1002 is configured to track and maintain a plurality of attributes of the one or more
virtual devices included in the node. The attributes may be either static or dynamic and provide a description of the
capability, functionality and operability of the corresponding virtual device. In addition, due to the nested configuration
of the node, the virtual device engine 1002 also may track and maintain objects and SVs included in the virtual device.
The object engine 1004 is configured to maintain and track the attributes associated with objects in a node. In addition,
the object engine 1004 may maintain and track the SVs nested in the objects. The SV engine 1006 is configured to track
and maintain the actual data values present in the audio-related device (node).
[0179] The node identification module 1008 is configured to generate a node ID when the audio-related device 200
is initially coupled with the network. The node ID may uniquely identify the audio-related device 200 on the network 120.
The node ID may be assigned in a number of different manners, such as by manual assignment or through address
negotiation. As discussed previously, the node ID also may be assigned by a PEM. In examples where the node ID is
manually assigned, the node ID may be set with a physical switch associated with the audio-related device 200. For
example, the node ID may be assigned via a DIP-switch or a panel setting on the audio-related device 200.
[0180] The node ID may be assigned through address negotiation among audio-related devices on the audio network.
In some examples, audio-related devices may be assigned a node ID based upon a node ID received in a message
from the audio network. In other examples, the audio-related device 200 may generate a node ID, such as by randomly
or sequentially selecting a node ID. Random address negotiation minimizes the possibility of an address conflict. Se-
quential address negotiation may be particularly useful in examples where audio-related devices may be identified by
numeric address rather than by name. In examples where sequential address negotiation is used, the audio-related
devices may be powered up one at a time with the first audio-related device taking address 1, the second, address 2
and so forth, for example. In some examples, a power sequencer may be used to sequentially power up audio-related
devices.
[0181] An example method for selecting a node ID in either a random or sequential manner is shown in Figure 11.
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Upon power-up, the audio-related device 200 may decide if a valid node ID has been assigned as shown in step 1101.
If the audio-related device 200 does have a valid node ID, then that node ID may be used. If the audio-related device
does not have a valid node ID on power-up, then the audio related device 200 may start an address negotiation process.
The audio-related device 200 may determine that the node ID is invalid on power-up by using a pre-determined invalid
node ID such as "0", or by an attribute that categorizes the node ID stored in memory 206 to be invalid. In some examples,
the node ID may be stored in non-volatile storage, such that when powering up the audio device 200, the same node
ID is restored from the previous time the node was powered. In other examples, the node ID may be invalidated upon
power down.
[0182] In step 1102, a determination is made whether the audio-related device 200 is configured for sequential address
negotiation. If the audio-related device 200 is configured for sequential address negotiation, the audio-related device
200 may set a test node ID to a predetermined address, as shown in step 1004. For example, the predetermined address
may be "1." The audio-related device 200 may then wait a time period, such as a random time, to minimize network
congestion as shown in step 1006. The test node ID may be broadcasted to other audio-related devices on the network
as a request address message to determine whether the test node ID is already in use, as shown in step 1008. Upon
receiving the request address message, other audio-related devices on the network may determine whether the test
node ID is already in use, as shown in step 1010. If the audio-related device 200 receives no response to the request
address message, the node ID may be set to the test node ID as shown in step 1012. If the test node ID is in use, the
audio-related device 200 may continue to increment the test node ID until a unique node ID is selected as shown in step
1014.
[0183] If the audio-related device 200 is not configured for sequential address negotiation, a determination may be
made whether the audio-related device 200 is configured for random address negotiation, as shown in step 1016. If not
in the random address negotiation configuration, the audio-related device may use another method for generating a
node ID. If the audio-related device 200 is configured for random address negotiation, however, the audio-related device
200 may generate a random node ID, as shown in step 1018. In some examples, the serial number of the audio-related
device may be the seed for the random generation of the node ID. To avoid conflicts with the node ID of other audio-
related devices on the network, the audio-related device 200 may broadcast a request address message with the
generated node ID as shown in step 1020. The broadcast may occur after waiting a time period, such as a random time
period, to minimize network congestion as shown in 1022. Upon receiving the request address message, other audio-
related devices on the network may determine whether the generated node ID is already in use, as shown in step 1024.
If the generated node ID is in use, the audio-related device 200 may be notified. The audio-related device 200 may
continue to generate random node IDs until a unique node ID is selected. If the audio-related device 200 receives no
response to the request address message, the node ID may be set to the generated node ID as shown in step 1026.
[0184] Alternatively, the audio-related device may use a node ID stored in memory 206. For example, the audio-related
device 200 may initially have a predetermined node ID, such as "0," before the audio-related device is assigned a node
ID. In some examples, the node ID may be stored in non-volatile storage, such that when powering up the audio-related
device 200, the same node ID is restored from the previous time the node was powered. For example, the audio-related
device 200 may determine that a node ID has previously been assigned because the node ID stored in memory is not
the predetermined node ID, such as "0". In other examples, the node ID may be invalidated upon power down.
[0185] The subscription manager module 1010 is configured to manage subscription of the audio-related device by
other audio-related devices in the audio network. In addition, the subscription management module 1010 is configured
to manage subscriptions by the audio-related device to other audio-related devices on the audio network 120. Subscrip-
tions are used to request receipt of one or more data variables from another audio-related device when the data variable(s)
changes. For example, a first audio-related device may subscribe to the audio signal level of a second audio-related
device. In this example, when the audio signal level changes, the second audio-related device may provide an updated
data variable representative of the audio signal level to the first audio-related device over the audio network 120. Similarly,
the second audio-related device may subscribe to one or more data variables of the first audio-related device. Such
subscriptions are managed and administered by the subscription manager module 1010.
[0186] The device-to-device communication module 1012 is configured to establish and maintain non-network com-
munication with other audio-related devices in the audio system. As previously discussed, an audio-related device may
communicate directly with other audio-related devices outside of the network communications. Accordingly, the device
to device communication module 1012 is configured to store the node ID and other related information and settings
related to communications established with another audio-related device. In addition, messages passed between the
audio-related devices may be transmitted and received by the device to device communication module 1012. Further,
the device to device communication module 1012 may generate transmitted messages and process received messages.
[0187] The link manager module 1014 is configured to manage subscriptions to multiple other audio-related devices.
The link manager module 1014 may be configured to manage data variables within the audio-related device 200. When
the managed data variables change, the link manager module 1014 may notify other audio-related devices of the change.
In response to the notification, the other audio-related devices may subscribe to the audio-related device with the changed
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data variable, to request receipt of the updated data variable. The operation of the link manager is also described with
respect to the PEM of FIG. 5.
[0188] The link manager module 1014 also may be configured to lessen the subscription burden for a particular audio-
related device. For example, if a first audio-related device is burdened with many subscriptions for a certain data variable,
the link manager module of a second audio-related device with lower subscription demand may be used to relieve the
burden. In this scenario, the second audio-related device may subscribe to the first audio-related device to receive the
specific data variable. In addition, the link manager module of the second audio-related device may be configured to
alert other audio-related devices when the specific data variable is received. Accordingly, the other audio-related devices
may subscribe to the second audio-related device instead of the first audio-related device to obtain the updated specific
data variable and the burden on the first audio-related device is lessened.

VI. NETWORK NODE DISCOVERY

[0189] FIG. 12 is an example configuration of a switch 1202 coupled with the audio network 120 and a plurality of "N"
audio-related devices 1204. In this example configuration, the switch 1202 may have a network connection 1206 and a
plurality of "N" ports 1208. The network connection 1206 may have a network address. Each of the ports 1208 may have
a predefined node ID.
[0190] The plurality of audio-related devices 1204 may be an array of amplifiers with associated loudspeakers. The
position of each of the loudspeakers in the array may dictate the settings of the associated amplifier to create a desired
acoustical effect from the array.
[0191] The PEM (not shown) may include stored predetermined settings for each of the amplifiers in the array. The
PEM also may include stored predetermined settings of the switch 1202 indicating the correspondence between the
ports 1208 and the node IDs. When the audio-related devices 1204 and the switch 1202 are activated, the PEM may
not be able to see the audio-related devices 1204 over the audio network 120 due to the switch 1202. Because of the
predefined assignment of node IDs to the ports 1208, however, the PEM may download the settings to the audio-related
devices 1204 based on the port numbers 1208 that correspond to the node IDs. Accordingly, when each of the devices
1204 is coupled with a port 1208 on the switch 1202 that corresponds to a loudspeaker position in the array.
[0192] Once a device is assigned a node address, the PEM and other devices may discover the device. The below
examples relate to discovery between audio-related devices. However, a PEM or other devices may discover audio-
related devices on the audio network. For example, the node resolution module 600 (FIG. 6) of the PEM may be used
as described later. In doing this, the routing layer 308 (FIG. 3) may use the services supplied by the underlying layers,
such as TCP/IP on an Ethernet network, token network services on a 485 bus, or USB services on a USB bus, to
determine the presence of audio-related devices residing on a given network interface and discover the network infor-
mation necessary to address the audio-related devices. In some examples, the audio-related device 200 (FIG. 2) may
be able to specify a node ID and a network address.
[0193] FIG. 13 is a flow chart showing a method of discovering a node on the audio network that may be used with
the system. The routing table is searched for the required node as shown in block 1302. If the node is found in the routing
table, that route may be used (block 1303). If the node ID for a node is not found in the routing table (1304), a route to
communicate with the device may be determined. To determine the route, the audio-related device may broadcast a
message specifying the requested route, as shown in step 1306. The audio-related device may then wait for a response
to the broadcast, as show in block 1308. Devices on the audio network receiving the broadcast may search for a route
to the requested node. For example, a device receiving the request may search the device’s routing table. By way of
another example, a device receiving the request may determine whether the requested node matches the device’s node
ID. If the device receives a response to the broadcast (step 1310), a new entry in the routing table is created based
upon the response (step 1312). If no response is received from the broadcast, additional broadcasts may be made that
request the route, as shown by step 1314. A "not found" error may be returned if no response to the broadcast is received,
as shown in step 1316. In some examples, a device may find nodes on the audio network only when a need arises for
communication with such other nodes. This demand driven approach minimizes the size of the routing table by only
requesting routes for those nodes that need to be contacted. In other examples, however, a device may wish to monitor
the entire audio network even though the device may not be communicating with all nodes at an application layer level.
[0194] A device may use a discovery message, such as a DiscoInfo message, for node discovery. In some examples,
there may be two different forms of DiscoInfo messages: query and response. The form of DiscoInfo message may be
differentiated by the state of a flags field in the message. The query form of DiscoInfo message may be used to find a
node on the audio network and pass information about the sender of the message to receiving audio-related devices.
To use the DiscoInfo message of the query form, the sender may specify a node address of an audio-related device
that is trying to be located along with the sender’s network details. The sender may then broadcast the message onto
the audio network. The following table is an example format and content of a DiscoInfo message. In the table an unsigned
long computer data type is represented with the term "ULONG."
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[0195] Alternatively, one of the nodes may act as a proxy. In this example, the audio-related device 1004 may query
the other audio-related devices 1004 coupled with the switch 1002 (FIG. 10). The proxy audio-related device 1004 may
then transmit audio-related device information, such as settings and a node ID, to the PEM or another audio-related
device. The PEM or another audio-related device may then be made aware of the existence of the audio-related devices
1004 coupled to the switch 1002 and communication with the audio-related devices 1004 via the switch 1002 as appro-
priate.
[0196] For example, assume a first node and a second node are connected to a third node by a router. The third node
may connect to first node. The third node may set the first node as a proxy by sending a proxy enable message, such
as a SetProxyState(On) message, to the first node. The third node may then send a DiscoInfo message (of the query
form) to the first node. In response, the first node may save the node ID and network address of the third node in the
routing table of the first node. The first node may then broadcast a DiscoInfo message of the query form on the audio
network. This broadcast by the first node may be received by the second node. In response, the second node may save
the node ID and network address of the third node in the routing table of the second node.
[0197] The second node may now communicate with the third node via the first node. The second node may send a
DiscoInfo message of the response form to the third node using the node ID of the first node as the network address.
This message may be received by the first node, which may recognize that the node ID is that of the third node and will
therefore forwards the message to the third node. Upon receiving the message from the first node, the third node may
recognize that the message was routed through a proxy. For example, the third node may compare the network address
of the node that sent the message with the proxy network address to determine whether there is a match. The third node
may then make an entry in the routing table with the node ID of the second node with the network address of the first
node. In some examples, an entry may also be made in the routing table of the third node with the network address of
the second node that is taken from the DiscoInfo message.
[0198] In some examples, a system may be configured as a private audio network behind a firewall or the system is
accessible through a shared public infrastructure such as the Internet. In such examples, a virtual private network ("VPN")
may be used. A VPN may create a tunnel between two networks, or between a host and a network. The VPN also may
provide authentication and/or encryption services. For example, the nodes may be accesses from anywhere on the
Internet using a VPN.
[0199] Some examples may include failsafe node discovery to reduce the possibility that nodes joining an audio
network may be missed by other interested devices. A device may broadcast a discovery message, such as a Disco-
Failsafe message to the audio network at a certain interval, such as every minute. As discussed later with respect to
the routing table, the serial number may uniquely identify a node indicated by a node address. For each DiscoInfo
response message that is received, the device may search the routing table for routes to the node ID indicated by the
source of the DiscoFailsafe message. For each identified route, the serial number may be compared to the serial number
in the DiscoFailsafe message. If serial numbers do not match, there may be an address conflict that may be reported.

TABLE 5
Message Region Datatype Example Data

VERSION UBYTE 2
HEADER LENGTH UBYTE 25
MESSAGE LENGTH ULONG 0xNNNNNNNN
SOURCE ADDRESS NODE ID 0xNODE00000000
DEST. ADDRESS NODE ID 0xNODE00000000
MESSAGE ID UWORD

FLAGS UWORD
HOP COUNT UBYTE 0xNN
SEQUENCE NUMBER UWORD 0xNNNN
PAYLOAD...
Node UWORD Node address of sender
Cost UBYTE Aggregated cost of route back to src

Serial Number BLOCK Sender’s Serial Number
Max Message Size ULONG Max Msg size sender can handle
Keep Alive Period UWORD Keep Alive rate in ms
NetworkID UBYTE 0xNN
NetworkInfo Network specific Network specific info of sender
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If the serial numbers do match, the information from the DiscoInfo message may be added to the routing table. In some
examples, the node may check for duplicate routes in the table to determine whether one or more devices have not
responded to failsafe discovery correctly.
[0200] The audio-related device 200 may track continued participation of devices on the audio network. A keep alive
period ("KAP") may be provided to determine the maximum period of inactivity allowed on a route before the route is
’timed-out’ and deemed invalid. For example, the KAP associated with a device may be 250 milliseconds. In some
examples, a source device may specify the KAP of the destination device by placing a KAP in each of the DiscoInfo
messages that are sent. In a guaranteed connection, for example, a device could transmit a DiscoInfo message within
the KAP period after the last DiscoInfo(Response) the device transmitted. A destination device may time-out a route
when it has received no messages within the timeframe of the KAP.
[0201] Each device on the audio network may implement and maintain a routing table. The routing table may be used
to choose the data path between nodes. The routing table may store a list of routes to other devices on the audio network
and the network information needed to transmit messages to the other devices. In some examples, the table may
accommodate at least 20 routes and a minimum of 10 other devices.
[0202] In some examples, the routing table may contain the following components: a node address, serial number,
maximum message size, network interface, network address and cost. The node address component may identify a
remote device for which an entry in the routing table is made. If the remote node has more than one network interface
(multi-homed), there may be several entries in the table for the device, one entry for each network interface. In such a
case, each route will have the same node address. The serial number component of the routing table may uniquely
identify the device indicated by the node address. The maximum message size component may describe the maximum
size of a message that may pass through the device associated with an entry in the routing table. The network interface
component may describe a type of network interface used by a device. As described previously, if a device has multiple
network interfaces, the device may have more than one entry in the routing table. The network address component may
be used to describe a network address that is associated with a device. The cost component may represent a transit
time for the route. While a node will typically route data through the least costly data path, other factors may impact the
chosen route. For example, the communication bandwidth between nodes could be a factor in determining routes. For
example, the cost associated with Ethernet may be "1," while USB may have a cost of "10," and RS232 may have a
cost of "100."

VII. PROTOCOL

[0203] FIG. 14 is block diagram showing a structure that may be used in the network protocol of the system. The
header information may include a version, length, source address, destination address, message ID, flags, count, and
sequence number. The version may indicate the version of protocol. The length may be used to indicate the length of
the header and the message. The source address and destination address may be used to indicate the message’s origin
and destination.
[0204] These addresses may contain information about the node, virtual device(s), and objects(s) of the origin and
destination devices. For example, if the source and destination address were 48 bits, bits 0 - 23 could be used to indicate
the type of object, bits 23 - 31 could be used to indicate the type of virtual device and bits 31 - 47 could indicate the node
address. The message ID may be used to indicate the type of message present.
[0205] The flags may be used to indicate whether the message is a request, reply, unsolicited information or other
action. For example, the flags may indicate a request acknowledgement, acknowledgement, error, event, guaranteed
or multiple part message. If the flag were a request acknowledgement, for example, a reply should not be transmitted
until an action has been completed. For example, the request acknowledgement flag may be used in conjunction with
an action to change the value of a SV. A message with an acknowledgement flag may be used in response once the
SV value has been changed. In some examples where multiple successive actions are to be performed, each action
message may wait to be sent until receiving an acknowledgement flag. This use of request acknowledgement and
acknowledgement flags may be used to reduce network traffic.
[0206] The hop count may be used to indicate the number of hops for an outgoing message. The sequence number
may be used as a diagnostic aid for resolving network problems. For example, the sequence number could be incremented
by one each a time a message is sent.
[0207] Figure 14 also shows an example SV message, which may include a count, SV_ID, data type and value. The
SV_ID may be used to indicate the destination SV. The data type may indicate the size and format of the SV data. For
example, the data type may indicate whether the value is byte, word, float, string or block. The value may be used to
indicate the SV data actually being transported. FIG. 15 is a table containing example Application layer messages that
may be used with the system. FIG. 16 is a table containing example routing layer messages that may be used with the
system.
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VIII. AUDIO-RELATED DEVICE DISCOVERY

[0208] FIGS. 17 and 18 are a flow chart showing an example method of discovering the audio node structure and
therefore the functionality of an audio-related device that may be used in the system. At block 1702, the GUI core receives
class attributes from a node that is an audio-related device in response to an attributes query that was transmitted to
the audio-related device. The GUI core queries a product plugin with an audio node query that includes the class attributes
at block 1704. At block 1706, if the product plugin analyzes and does not recognize the class attributes of the node, it
is determined if there are additional product plugins in the system at block 1708. If there are additional product plugins,
the operation returns to block 1704 and the GUI core queries another product plugin to analyze the class attributes. If
none of the product plugins in the audio system recognize the node, the node is passed to the generic plugin at block
1710 (discussed later with reference to Figure 19).
[0209] If at block 1706, the product plugin being queried recognizes the class attributes of the node, a virtual device
list is requested from the node manager virtual device in the audio-related device at block 1716. A virtual device is
selected from the virtual device list at block 1718. At block 1720, the virtual device is compared by the product plugin to
the predefined virtual devices included in the library storage of the product plugin to determine whether the virtual device
is known. If the virtual device exists in the library storage, it is determined if the virtual device is configurable at block
1722. If the virtual device is not configurable, at block 1724, the product plugin may obtain the actual values of the SVs
from the audio-related device since the objects and SVs include in the virtual device are all known. At block 1726,
indication that the virtual device is known and that portion of the audio node structure of the audio-related device may
be stored in the node structure storage. The actual values of the corresponding SVs may be stored in the control panel
data storage at block 1728. It is determined if all the virtual devices included in the virtual device list have been checked
to see if they are known at block 1730. If not, the operation returns to block 1718 and chooses another virtual device to
analyze and determine if the virtual device is known. If all the virtual devices in the virtual device list have been checked,
the operation ends at block 1732.
[0210] Referring again to block 1720, if the product plugin does not recognize the virtual device, at block 1736 other
product plugins may be queried for knowledge of the virtual device. Queries of other product plugins may be performed
with the plugin Search Engine or with the product plugin. If the virtual device is know by another product plugin, the
virtual device may be retrieved and stored in the library storage at block 1738, and the operation continues at block 1722
to determine if the virtual device is configurable. If the virtual device is not known by another product plugin, detailed
audio node structure attributes describing the virtual device may be retrieved from the audio-related device at block
1740. The detailed audio node structure attributes of the virtual device may be retrieved from the audio-related device
by the discovery engine. At block 1742, the detailed audio node structure attributes of the virtual device may be stored
in the node structure storage.
[0211] The operation continues in FIG. 18, where a list of objects included in the unknown virtual device may be
obtained from the audio-related device at block 1744. Similarly, if at block 1722 (FIG. 17), the virtual device is configurable,
a list of objects included in the configurable virtual device may be obtained from the audio-related device at block 1744.
The list of objects may be obtained by the product plugin or the discovery engine.
[0212] At block 1746, an object is chosen from the list of objects. It is determined if the chosen object exists in the
library storage of the product plugin and is known at block 1747. If the object is known, the actual values of the SV(s)
included in the object may be obtained at block 1748. The actual values of the SV(s) may be obtained by the retrieval
engine. At block 1750, indication that the object is known and the corresponding audio node structure may be stored in
the node structure storage. At block 1752, the actual values of the SV(s) may be stored in the control panel data storage.
It is determined if every object in the virtual device has been checked to determine if the objects are known at block
1754. If all objects have been checked, it is determined if there are any SVs not included in objects in the virtual device
at block 1756. If yes, at block 1758, a list of SVs that not included in an object is obtained from the audio-related device
and the operation proceeds to block 1772, as described later, to select a SV and to check if the SV is known. If there
are no SVs included in the virtual device that are not included in objects, the operation returns to block 1730 of FIG. 17
to determine if all the virtual devices have been checked. If at block 1754, every object in the virtual device has not been
checked, the operation returns to block 1746 to choose another object from the list of objects.
[0213] If at block 1747, the object is unknown, other product plugins may be queried for knowledge of the object at
block 1760. Queries of other product plugins may be performed with the plugin Search Engine or the product plugin. If
the object is know by another product plugin, the object may be retrieved and stored in the library storage at block 1762
and the operation continues at block 1748 to obtain the actual values for the SVs. If at block 1760, the object is not know
by another product plugin, at block 1764, detailed audio node structure attributes describing the object are retrieved
from the audio-related device. The detailed audio node structure attributes of the object may be retrieved from the audio-
related device by the discovery engine. At block 1766, the detailed audio node structure attributes of the object may be
stored in the node structure storage.
[0214] At block 1768, a list of SVs included in the unknown object and/or virtual device may be obtained from the
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audio-related device. At block 1770, one of the SVs is chosen from the list of SVs. It is determined if the SV is stored in
the library storage and is therefore known at block 1772. If the SV is known, the actual value of the SV is obtained from
the audio-related device at block 1774. At block 1776, indication that the SV is known and the corresponding audio node
structure is stored in the node structure storage. In addition, the actual value of the SV is stored in the control panel data
storage at block 1778. At block 1780, it is determined if all the SVs in the list of SVs have been checked to determine if
they are known. If not, the operation returns to block 1770 to choose another SV from the list of SVs obtained from the
audio-related device. If all of the SVs in the object have been checked, the operation returns to block 1754 to check if
all the objects in the virtual device have been checked.
[0215] If at block 1772, the SV is not known by the product plugin, it is determined if the SV is known by any other
product plugins at block 1782. Queries of other product plugins may be performed with the plugin Search Engine or the
product plugin. If yes, the SV is retrieved from the other product plugins and stored in the library storage at block 1784
and the operation continues to block 1774 to retrieve the actual value of the SV from the audio-related device. If the SV
is not known by another product plugin, detailed audio node structure attributes describing the SV are retrieved from
the audio-related device at block 1786 and the operation proceeds to block 1776 to store the SV in the node structure
storage. The detailed audio node structure attributes of the SV may be retrieved from the audio-related device by the
discovery engine.
[0216] The process may continue until each SV, object and virtual device in the audio node structure of the audio-
related device or a detail audio node structure attributes of unknown SVs, objects and virtual devices has been stored
in the node structure storage. Alternatively, in the case of a "thin" PEM with limited capability, lesser portions of the audio
node structure or detailed attributes may be stored in the node structure storage at any one time, and additional audio
node structure or detailed attributes may be stored on an as-needed basis.
[0217] Referring again to block 1710 of FIG. 17, if the class attributes of a node are not recognized by any of the
product plugins, the node is passed to the generic plugin. In Fig. 19, at block 1902, the retrieval engine of the generic
plugin receives a virtual device list in response to a node query. At block 1904, a virtual device is selected from the
virtual device list. The plugin search engine may be enabled to query the product plugins for knowledge of the selected
virtual device at block 1906. Alternatively, the retrieval engine may query the other product plugins. If the virtual device
is known by a product plugin and not configurable (block 1908), the actual values of the SVs of the virtual device may
be obtained at block 1910. Indication that the virtual device is known, and the corresponding audio node structure may
be stored in the node structure storage at block 1912. The actual value of the SVs within the virtual device may be stored
in the control panel data storage at block 1914. At block 1916, it is determined if all the virtual devices have been checked
and if so, the operation ends at block 1918. If all the virtual devices have not been checked, the operation returns to
block 1904 and chooses another virtual device from the list. If at block 1906, the virtual device is unknown, the detailed
attributes may be requested at block 1928 and stored in the node structure storage at block 1930.
[0218] At block 1932, a list of the objects in the unknown virtual device is obtained. Similarly, if at block 1908, the
virtual device is configurable, the operation proceeds to block 1932 to request a list of objects in the configurable virtual
device. At block 1934, an object is chosen from the list, and at block 1936 it is determined if the chosen object is known
by any of the product plugins. If the object is known, the actual values of the SVs included in the object are obtained at
block 1938; indication that the object is known and the corresponding audio node structure is stored in the node structure
storage at block 1940. At block 1942, the actual values of the SVs associated with the object may be retrieved from the
audio-related device and stored in the control panel data storage. It is determined if all of the objects have been checked
at block 1944. If all objects have not been checked, the operation returns to block 1934, and if all objects have been
checked, it is determined if there are any SVs in the virtual device not included in objects at block 1946. If there are not,
the operation returns to block 1918 to determine if all the virtual devices in the list have been checked. If there are such
SVs, the operation proceeds to block 1966 to get the SVs as described later.
[0219] If at block 1936, the object is not known, the detailed attributes of the object may be obtained at block 1960
and stored in the node structure storage at block 1962. A list of the SVs of the unknown object is obtained at block 1964,
and one of the SVs in the list is chosen at block 1966. At block 1968, it is determined if the SV is recognized by one of
the product plugins. If the S V is known, the actual value of the SV is retrieved from the product plugin at block 1970. At
block 1972, indication that the SV is known and that portion of the audio node structure is stored in the node structure
storage. At block 1974, the actual value of the SV is received, and at block 1976, the actual value of the SV is stored in
the control panel data storage.
[0220] At block 1978, it is determined if every SV has been checked. If not, the operation returns to block 1966 to get
another SV. If all of the SVs have been checked, the operation returns to block 1944 to determine if every object has
been checked. If at block 1968, the SV is not known, the detailed attributes of the SV are obtained at block 1980, and
the operation continues to block 1972 where detailed attributes of the SV are stored in the node structure storage. The
operation continues until all of the audio node structure has been identified as known, or further discovery is performed
to determine unknown components in the audio node structure.
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IX. CONTROL PANEL DISPLAY

[0221] FIG. 20 is a flow chart showing a method that may be used in the system for discovering product attributes
when the capabilities of the PEM may vary. For example, the PEM may reside on a device that is not capable of displaying
an entire stored, predefined GUI control panel view on its display. By way of another example, the device may have
limited processing abilities and therefore it may not be desired to prepare for display of an entire stored, predefined GUI
control panel view at once. Instead, the GUI control panel views may be generated as needed based on, for example,
commands of a user. Accordingly, scalability for varying levels of device processing capabilities and sizes of displays
may be supported. This also may be referred to as the "Thin Application Layer" as discussed with reference to FIG. 4.
[0222] In FIG. 20, at block 2002 it is determined if all of the audio node structure of the particular audio-related device
has been checked and whether indication of the audio node structure has been stored in the node structure storage. If
not, the operation continues to determine if this has occurred. If the node structure storage contains indications for the
entire audio node structure, the device on which the PEM resides is checked to determine the device display capability
at block 2004. At block 2006, it is determined if one or more stored predetermined control panel view exists for the audio
node structure of the audio-related device.
[0223] If a control panel view exists, it is determined if the stored control panel view is compatible with capability of
the displaying device at block 2008. At block 2010, it is determined if all of the functionality of the components of the
audio-related device included in the control panel view are supported by the predefined control panel view. If they are
supported, the display is instantiated at block 2012. At block 2014, the actual values of the SVs included in the control
panel view are added from the control panel data storage. The instantiated control panel view may be stored for display
at block 2016. It is determined, based on the capability of the displaying device, whether additional control panel views
of the audio node structure should be instantiated at block 2018. If no more control views should be instantiated, the
operation ends at block 2020. If additional control panel views should be instantiated, the operation returns to block
2006 and checks for another control panel view that is associated with the audio node structure of the audio-related device.
[0224] Returning to block 2006, if a control panel view does not exist for the audio node structure of the audio-related
device, the generic plugin is enabled at block 2030. At block 2032, the generic plugin may create a generic control panel
view based on the audio node structure stored in the node structure storage, and the operation proceeds to block 2012
to instantiate the display of the generic control panel view. Returning to block 2010, if all components representative of
a portion of the audio node structure are not supported in a predefined control panel view, it is determined if a predefined
GUI aspect that corresponds to the unsupported component(s) is stored in the product plugin at block 2036. If a stored,
predefined GUI aspect exists in the product plugin, the GUI aspect is retrieved at block 2038. At block 2040, the retrieved
GUI aspect is integrated into the stored, predefined control panel view. The predefined control panel view that includes
the integrated GUI aspect may be stored as a new predefined control panel view that corresponds to the audio node
structure of the audio device at block 2042.
[0225] At block 2044, it is determined if there are additional components of the audio node structure that are not
supported by the stored, predefined control panel view. If there are, the operation returns to block 2036 to check for
stored, predefined GUI aspects. If there are not any additional components of the audio node structure, the operation
proceeds to block 2012 and instantiates a display.
[0226] Referring again to block 2008, if the predefined stored control panel view is not compatible with the capability
of the device driving the display, at block 2050, components may be selected from the audio node structure that are
compatible. The operation then proceeds to block 2036 to retrieve a GUI aspect. Referring again to block 2036, if a GUI
aspect is not predefined and stored in the product plugin, then other product plugins may be checked for the existence
of a stored GUI aspect representative of the functionality that is missing from the control panel view at block 2052. If the
GUI aspect is predefined and stored in another product plugin the operation returns to block 2038 to retrieve and process
the stored, predefined GUI aspect. If the GUI aspect is not stored in any other product plugin, the generic plugin may
be enabled at block 2054. At block 2056, the generic plugin may produce a generic GUI aspect and the operation
continues at block 2040 to add the GUI aspect into the stored, predefined control panel view. The operation continues
until, subject to the capability of the device, the functionality of the audio-related device has been instantiated into one
or more control panel views.
[0227] FIG. 21 is a flow chart of another example method that may be used in the system for discovering product
attributes when the capabilities of the PEM may vary. In this example, the PEM contains all data for complete control of
an audio-related device. The operation begins at block 2102 when a virtual device list is received from the audio-related
device. At block 2104, the device on which the PEM is operating is checked to determine whether the device is capable
of displaying the entire virtual device list. If the device is capable of displaying all the virtual devices, the entire virtual
device list is obtained at block 2106. At block 2108, all of the virtual devices in the list are displayed. If at block 2104,
the device is not capable of displaying all virtual devices, the portion of virtual devices that are capable of being displayed
are obtained at block 2110 and displayed at block 2112. At block 2114, if the user would like to view other virtual devices,
the presently viewed virtual devices may be discarded at block 2116 and the operation returns to block 2110 to obtain
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and display additional virtual devices. For example, the user may view other devices by selecting a "page down" button
on the device to review all virtual devices.
[0228] If additional virtual devices are not viewed at block 2114, at block 2120, it is determined if the user would like
to obtain additional information about a particular displayed virtual device. For example, a user could click on a portion
of the control panel view that is an object in the audio node structure. If not, the operation ends at block 2122. If additional
information is desired, an object list for the audio-related device may be requested at block 2124.
[0229] If at block 2126, the device on which the PEM resides is capable of displaying the entire object list, an entire
list of the objects may be obtained at block 2128. Objects on the obtained list may be displayed at block 2130. If at block
2126, the device is not capable of displaying the entire object list, only a portion of the objects are obtained at block
2132 and displayed at block 2134. As discussed above with respect to the virtual devices, it is determined if the user
wants to scroll through the object list at block 2136. If the yes, at block 2138, the currently viewed objects may be
discarded and the operation returns to block 2132 where additional objects are obtained and displayed.
[0230] Referring to FIG. 22, at block 2140, it is determined if the user desires to review the actual values of the SVs
for an object. (FIG. 22 is a continuation of the flow chart of FIG. 21 continuing along paths C and D) If not, the operation
ends at block 2142. If the user desires to review SVs, a SV list is requested and obtained at block 2144. It is determined
if all the SVs on the obtained list may be displayed at block 2146. If the device is capable of displaying the entire list of
SVs, the entire list is obtained at block 2148 and displayed at block 2150. Otherwise, a portion of the SVs are obtained
at block 2152 and displayed at block 2154. At block 2156, it is determined if additional SVs from the list are desired. If
no, the operation ends at block 2158. If there are additional desired SVs, the user can scroll through the SVs. The
currently displayed SVs are discarded at block 2160. The operation then returns to block 2152 to obtain and display
additional SVs.
[0231] FIG. 23 is a flow chart illustrating example operation of the node instantiation engine (shown in Figures 8 and
9). It is determined if the product plugin(s) has a stored, predefined control panel view corresponding to the audio node
structure at block 2302. If yes, the predefined control panel view is selected from the product plugin control panel library
at block 2304. If there is not a corresponding control panel view, a control panel view may be built using the generic
plugin at block 2306. It is determined if any of the node structure is missing from the control panel view at block 2308.
If yes, at block 2310 the missing structure may be filled in using the discovery engine of the GUI core. If at block 2308
the structure from the control panel view is complete, the node instantiation engine may setup subscriptions to one or
more of the SVs in the control panel view at block 2312.
[0232] At block 2314, the node instantiation engine may notify the link manager of the SVs in the control panel view.
It is determined if the displaying device has the capability to store additional audio node structure and instantiate additional
control panel views at block 2316. If not, the operation ends at block 2318. If the displaying device has additional
capability, it is determined if there is additional audio node structure that has not been instantiated at block 2320. If there
is no additional audio node structure, the operation ends at block 2318. If there is additional audio node structure to
instantiate in a control panel view, the operation returns to block 2302 so that one or more layers of control panel views
of the remaining audio node structure may be instantiated and stored.

X. LINK MANAGER

[0233] FIG. 24 is a flow chart of a link manager that may be used in the system. This method could be used when a
SV changes so that all associated control panel views and devices are updated with the new value of the SV. When the
value of a SV changes in a control panel view (block 2402), the new SV value may be sent to the product plugin (block
2404). The product plugin may update the value of the SV in the corresponding control panel view as shown in block
2406. The link manager also may be notified that a SV value has changed as shown in block 2408. The link manager
may determine whether any control panel views are subscribed to the changed SV (block 2410). If subscriptions between
the SV and the control panel views exist, the link manager may alert each of the control panel views that are associated
with the SV of the change (block 2412). The alerted control panel views may then query the product plugin or another
device to determine the new value of the SV (block 2414). The link manager also may determine whether any devices
subscribe to the changed SV (block 2416). If subscriptions between the SV and any devices exist, the link manager may
alert each of the devices that are associated with the SV of the change (block 2418). The alerted control panel views
may then query the product plugin or another device to determine the new value of the SV (block 2420)

XI. SUBSCRIPTIONS

[0234] FIG. 25 is a block diagram showing a manner by which subscriptions between devices may be employed to
monitor and/or control parameters in one or more audio-related devices with one or more other audio-related devices.
A subscription may be used to notify one or more subscribers of a change in the value of a SV as previously discussed.
In addition, a subscription may be used to direct changes to SV’s in one or more other devices. Further, a combination
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of the subscriptions to monitor and control may be set up between audio-related devices. The example shown in Figure
25 includes a first audio-related device 2502, a second audio-related device 2504 and a third audio-related device 2506.
[0235] The second audio-related device 2504 has setup a subscribe string with the first audio-related device 2502.
The subscribe string may be setup using a subscription message 2508, such as a SVSubscribeString message as
depicted in FIG. 15. A human readable string may be included in a subscription response message 2510. An example
SVSubscribeString message may include:

[0236] In the illustrated example, the source address would be the node ID of the first audio-related device 2502, and
the destination address may be the node ID of the second audio-related device 2504. The message ID may identify the
message as a subscribe string message. The flags, hop count, and sequence number may be an audio system specific
value, and the payload may include the subscription string request message. The subscriber address may be the audio
node address of the first audio-related device 2502. The number of subscriptions may indicate how many subscriptions
to the first audio-related device 2502 are included in the subscribe string request. The first subscriber SV ID may indicate
the SV in the second audio-related device 2504 that corresponds to the first subscribed SV ID in the first audio-related
device 2502.
[0237] The subscribe string may be mapped between one or more SVs in the first audio-related device 2502 and
corresponding one or more SVs in the second audio-related device 2504. A subscribe string requests a subscription in
which the data provided based on the subscription is in a format that is capable of being readily deciphered by a user
(i.e. human readable format). Accordingly, if the value of a SV associated with the subscription changes, the new value
may be sent to the second audio-related device 2504 in the subscription response message 2510. The value may be
sent as a human readable string so that the second audio-related device 2504 would not be required to convert between
data types before the new value could be displayed.
[0238] The third audio-related device 2506 may setup a subscription with the first audio-related device 2502 using a
subscription message 2512. The subscription message may request subscription responses that are values or percent-
ages. If the third audio-related device 2506 knows the data type of the subscribed SV in first audio-related device 2502,
the subscription message may request the actual value based upon a predetermined condition. The data type may be
known if the components of the node structure of the third audio-related device 2506 are mirrored in the first audio-
related device 2502. If the third audio-related device 2506 does not know the data type of the subscribed SV, the
subscription message may be requested as a percentage.
[0239] Instead of the first audio device 2502 sending the value of the SV, a percentage of the change between 0 and
100 % may be sent as a subscription response message 2514. Accordingly, instead of unit specific variables, percentages
representative of unit specific variables may be transmitted and received. Based on the percentage, the third audio-
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related device 2506 may adjust the existing value by the identified percent. Alternatively, the third audio device may
have a range of actual values that correspond to the percentage to determine an actual value from the percentage.
Thus, the third audio device does not need to know the data type and/or units of the values when percentages are used.
[0240] In FIG. 25, the first audio-related device 2502 may set the value of SV(s) in the third audio-related device 2506
with the subscribe message 2514. The value of the SV may be changed by sending the actual value of the SV or by
sending a percentage. A benefit of setting an audio-related device with a percentage, however, is that the subscriber
audio-related device need not know the data type of the subscribee audio-related device that sends the data.
[0241] For purposes of this example, assume that the second audio-related device 2504 has setup a subscribe string
for a SV of the first audio-related device 2502. Further assume that the third audio-related device 2506 is configured to
set the value of the SV. In this setup, a setpoint of the SV from the third audio-related device 2506 generates an output
from the first audio related device 2502 of the changed SV value to the second audio-related device 2504 in human
readable form.
[0242] Neither the third audio-related device 2506 nor the second audio-related device 2504 necessarily need to know
the data format of the SV. In some circumstances, the third audio related device 2506 may know the data format, or
data type, of the SV. In such cases, the third audio-related device 2506 may specifically assign a changed value to the
SV in the data format of the SV. In other examples, however, the third audio related device 2506 may not know the data
format of the SV. In such examples, the third audio related device 2506 may discover the data format of the SV by
querying the node structure of the first audio-related device 2502. Whether the first audio-related device attempts to
determine the data format of the SV may depend upon the processing capability of the third audio-related device 2506
or other factors. If the data format of the SV is unknown to the third audio-related device 2506 (and the third audio-
related device 2506 is unable to determine the data format), the third audio-related device may still change the value of
the SV by setting the value of the SV by a relative percentage.
[0243] The third audio-related device 2506 may set the value of the SV by instructing the first audio-related device
2502 to change the value of the SV by a relative percentage. For example, the third audio-related device 2506 may
instruct the first audio-related device to increase the value of the SV by 25 percent. In this matter, the third audio-related
device 2506 need not know the data format of the SV to set the value of the SV. In response to the third audio-related
device 2506 setting the SV, the first audio-related device 2502 may output a human readable string to the second audio-
related device 2504 as a feedback indication. An example feedback indication is an output that changes in response to
the percentage. Since, the human readable string may be understood by a user without further processing by the second
audio-related device 2504, the second audio-related device 2504 may display or otherwise convey the changed value
of the SV to a user, without knowing the data format of the SV. Alternatively, where the second audio-related device is
configured with a predetermined data type of the feedback indication, the first audio-related device 2502 may output a
value that is processed by the second audio-related device to obtain the feedback value in the appropriate units.
[0244] The previous example is described in terms of a setpoint control input SV in the third audio-related device 2506
used to change a setpoint SV in the first audio-related device 2502 using a subscription. In other examples, a subscription
may be used to change a monitor value SV configured to be displayed with the first audio-related device 2502 that is
an operational parameter SV of the third audio-related device 2506.
[0245] In still another example, a subscription may be used to adjust a setpoint control input SV in the third audio-
related device that is mapped to, and adjusts, a setpoint SV in the first audio related device. In addition, an operational
parameter SV in the first audio-related device 2502 that is responsive to the setpoint SV may be mapped to a monitor
value SV in the third audio related device 2506. Accordingly, during operation, the third audio related device 2506 may
adjust the setpoint SV of the first audio-related device 2502 and monitor an output (the operational parameter SV) of
the first audio related device with the monitor value SV. As previously discussed, the operational parameter SV may
also be mapped to the second audio-related device 2504.

XII. THIN PERFORMANCE EQUIPMENT MANAGER ("PEM")

[0246] FIG. 26 is a block diagram of a capability-based PEM 2600 that may be used in an audio system having an
audio network 120. The capability-based PEM 2602 corresponds to the "Thin Application Layer" device shown in FIG.
5 and has many of the same components as the example PEM illustrated in FIG. 5. Accordingly, for purpose of brevity,
the following discussion will focus on the differences between the "Thin" PEM of FIG. 26 and the "fat" PEM of FIG. 5.
[0247] The capability-based PEM 2600 may operate in a limited manner because of network traffic constraints or the
capabilities of the device on which the PEM is operated. For example, the processor speed, memory storage and/or
display capability of the device on which the PEM operates may limit the operation of the capability-based PEM 2600.
As previously discussed, instead of instantiating control panel views for all virtual devices, objects and SVs for a node
at one time, the capability-based PEM 2600 may do so in a piece-meal fashion as different portions of the audio node
structure are requested to be displayed by a user. An example operation of the capability-based PEM to discover the
node structure, and instantiate corresponding control panel views was previously described with reference to FIGs. 20-23.
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[0248] In FIG. 26, the capability-based PEM 2600 includes a network interface 2602, a node resolution module 2604,
a system plugin node manager 2606, a link manager discovery manager 2608, a discovery engine 2610 and a link
manager 2612. In the illustrated example, the capability-based PEM 2602 may not include a plugin loader and may
communicate only with the generic plugin 524 since the capability of the example capability-based PEM 2602 does not
provide for product plugins. In addition, the node discovery manager 2608 includes only an attribute request engine
2620 since there will be no other product plugins to search in for unknown components and/or control panel views or
aspects.
[0249] Upon requesting the attributes of an audio-related device, the attribute request engine may pass the attributes
to the generic plugin 524. The generic plugin 524 may enable the API interface to setup a communication path to the
audio-related device and request some portion of the components of the audio node structure of the audio-related device
depending on the capability of the device on which the capability-based PEM 2600 is operating. The generic plugin may
determine the corresponding control panel view for the portion of the audio node structure and instantiate a display.
When additional audio node structure is requested to be viewed by a user, the current control panel view may be
discarded and additional information requested from the audio-related device to support generation of another control
panel view. Alternatively, the capability-based PEM 2600 may build a subset of the set of control panel views that may
otherwise be built when sufficient computing power is available. The subset of control panel views may include one or
more control panel views depending on the capability of the device on which the capability-based PEM 2600 is operating.
[0250] The capability-based PEM 2600 may consider the complexity of the control panel view that is generated. Where
the display and or processing power is limited, the capability-based PEM 2600 may generate a control panel view that
includes relatively simple GUI aspects. For example, a three-dimensional GUI aspect with automation may be converted
to a two-dimensional box without automation. In addition, the capability-based PEM 2600 may adjust the size and/or
the number of elements included in a control panel view based on the capability of the displaying device. Further, the
amount of the audio node structure that is obtained from the audio-related device to generate a control panel view may
be varied by the capability-based PEM 2600 based on the capability of the displaying device.
[0251] As previously discussed, the system is operable in an audio system having a plurality of audio components of
varying functionality. The system provides a network independent protocol to seamlessly integrate across a plurality of
different audio-related devices of varying complexity using any of a variety of physical networks and communication
platforms. In addition, the system allows for upgrades, changes, and additions of audio-related devices within the system
by providing messaging functionality to discover new audio-related devices and those aspects of a particular audio-
related device that are not already known. The messaging functionality also allows audio data and related information
to be transmitted between selected audio-related devices efficiently and with minimized network traffic.
[0252] The PEMs may determine if the audio node structure of an audio-related device is known. If any portion of the
audio node structure is unknown, the PEM may obtain additional information to define the unknown portion. In addition,
the PEM may retrieve and/or generate control panel views of the entire audio system. Further, the PEM(s) may retrieve
and/or generate control panel views for each specific audio-related device within the audio system based on the corre-
sponding audio node structure. The control panel views allow the coordinated management, control and monitoring of
the audio-related devices within the audio system. The network independent communication protocol used within the
system allows standardized communication between the performance equipment mangers and the audio-related devices,
as well as device-to-device communication.
[0253] While various embodiments of the invention have been described, it will be apparent to those of ordinary skill
in the art that many more embodiments and implementations are possible within the scope of the invention. Accordingly,
the invention is not to be restricted except in light of the attached claims and their equivalents.

Claims

1. A method of assigning a node identification to an audio-related device in a network of multiple audio-related devices,
the method comprising the steps of:

powering up a first audio-related device in the network;
generating a first test node identification for the first audio-related device;
broadcasting the first test node identification to the other devices over the network;
determining, based on notifications from the other devices in the network, whether the first test node identification
is a unique node identification in the network;
if the first test node identification is not a unique node identification, generating a new first test node identification
and repeating the broadcasting and determining steps until the first test node identification is a unique node
identification in the network;
if the first test node identification is a unique node identification, assigning the first test node identification as a
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first node identification to the first audio-related device,
characterized in that
the steps of generating the first test node identification and the new first test node identification for the first
audio-related device comprises
generating a random node identification which is independent of a network interface of the first audio-related
device.

2. The method of claim 1, further comprising:

after the first audio-related device has been assigned the first node identification, powering up a second audio-
related device;
assigning a second node identification to the second audio-related device,

wherein the second node identification is independent of a network interface of the second audio-related device,
where a power sequencer sequentially powers up the first audio-related device and then powers up the second
audio-related device.

3. The method of claim 2, where in the assigning step the second node identification is selected to be in a consecutive
sequence with the first node identification.

4. The method of claim 2 or 3, where the second node identification is a number, and the first node identification is a
second number.

5. The method as in any of claims 1-4, further comprising the step of invalidating the first node identification when the
first audio-related device powers down.

6. The method of claim 2, further comprising the step of invalidating the second node identification when the second
audio-related device powers down.

7. An audio-related system comprising:

a first audio-related device adapted to communicate over a network;
one or more other audio-related devices respectively adapted to communicate over the network;
wherein the first audio-related device is adapted to power up in the network,
wherein the first audio-related device is adapted to generate a first test node identification for the first audio-
related device,
wherein the first audio-related device is adapted to broadcast the first test node identification to the one or more
other audio-related devices over the network,
wherein the first audio-related device is adapted to determine, based on notifications from the one or more other
audio-related devices, whether the first test node identification is a unique node identification in the network,
the first audio-related device is adapted to generate a new first test node identification and to repeat the broad-
casting and the determining until the first test node identification is determined to be a unique node identification
in the network, if the first test node identification is not a unique node identification,
the first audio-related device is adapted to assign the first test node identification as the first node identification
to the first audio-related device, if the first test node identification is a unique node identification,
characterized in that
the first audio-related device generates the first test node identification and the new first test node identification
for the first audio-related device by generating a random node identification which is independent of a network
interface of the first audio-related device.

8. The audio-related system of claim 7, further comprising a performance equipment manager, PEM, coupled to the
network, the PEM configured to communicate with the first audio-related device based upon the first node identifi-
cation.

9. The audio-related system of claim 8, where the PEM is configured to communicate predetermined audio settings
to the first audio-related device.

10. The audio-related system of claim 7, where the first audio-related device is a loudspeaker in an array of loudspeakers.
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11. The audio-related system of claim 8, where the performance equipment manager is adapted to set gain and equalizer
settings of the first audio-related device.

12. An audio-related device comprising:

memory configured to store settings of the audio-related device;
a user interface configured to change the settings stored in the memory;
a communication port configured to transmit and receive signals on a communication link;
a node identification module configured to generate a test node identification for the audio-related device, the
node identification module cooperating with the communication port to broadcast the test node identification to
other devices connected to the communication link,

wherein the node identification module determines, based on notification from the other devices, whether the test
node identification is a unique node identification on the communication link,
wherein, if the test node identification is not a unique node identification, the node identification module generates
a new test node identification and repeats the broadcasting and the determining, until the test node identification is
a unique node identification on the communication link,
wherein, if the test node identification is a unique node identification, the node identification module assigns the test
node identification as a node identification to the audio-related device, and
characterized in that
the node identification module generates the test node identification and the new test node identification for the
audio-related device by generating a random node identification which is independent of a network interface of the
communication port of the audio-related device.

13. The audio-related device as in claim 12, where the node identification module is configured to broadcast the test
node identification using the communication port after waiting a period of time.

14. The audio-related device of claim 13, where the node identification module broadcasts the test node identification
after waiting a random period of time.

15. The audio-related device as in any of claims 12-14, where the node identification module is configured to generate
a second node identification in response to receiving a redundant identification message on the communication port.

16. The audio-related device as in any of claims 12-15, where the memory includes a routing table configured to store
routes between audio-related devices connected to the communication link.

17. The audio-related device of claim 16, where the routing table includes a node address field that represents a node
identification of a destination device corresponding to a route.

18. The audio-related device as in either of claims 16 or 17, where the routing table includes a serial number field that
represents a unique identification for the destination device corresponding to the node address.

19. The audio-related device as in any of claims 16-18, where the routing table includes a maximum message field that
represents a maximum size of a message that is permitted to pass through the destination device corresponding
to the node address.

20. The audio-related device as in any of claims 16-19, where the routing table includes a network interface field that
represents the communication interface of the designation device corresponding to the node address.

21. The audio-related device as in any of claims 16-20, where the routing table includes a cost field that represents a
relative cost of the route to the designation device corresponding to the node address.

22. The audio-related device as in any of claims 16-21, where the routing table includes multiple routes between audio-
related devices connected to the communications link.

23. The audio-related device of claim 22, where the routes stored in the routing table are selected based on the shortest
transit time between audio-related devices connected to the communications link.
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24. The audio-related device as in any of claims 22-23, where a bandwidth between audio-related devices connected
to the communications link is a factor in selecting the routes stored in the routing table.

25. The audio-related device as in any of claims 22-24, where a hop count is a factor in selecting the routes stored in
the routing table.

26. The audio-related device as in any of claims 22-25, where the size of data to be transmitted to an audio-related
device connected to the communications link is a factor in selecting the routes stored in the routing table.

27. The audio-related device as in any of claims 12-26, where the communication port is selected from the group
consisting of Ethernet, Fire Wire, USB, RS232 and RS285.

28. The audio-related device as in any of claims 12-27, where the communication port is configured to transmit and
receive signals in a wireless manner.

29. The audio-related device as in any of claims 12-28, further comprising an audio interface configured to transmit
audio-related signals.

30. A performance equipment manager comprising:

memory configured to store information regarding audio-related devices;
a communication port configured to be connected to a network, the communication port adapted to receive and
transmit signals with audio-related devices connected to the network;
a node resolution module operatively coupled to the communication port, the node resolution module including
a node identification engine adapted to assign a node identification to each of the audio-related devices con-
nected to the network;
a user interface configured to change settings of the audio-related devices connected to the network, and

wherein the assigning of the node identification to an audio-related device is performed by the node identification
engine being adapted to:

generate a test node identification for the audio-related device;
broadcast the test node identification to other devices over the network;
determine, based on notifications from the other devices in the network, whether the test node identification is
a unique node identification in the network,
if the test node identification is not a unique node identification, generate a new test node identification and
repeat the broadcasting and determining, until the test node identification is a unique node identification in the
network,
if the test node identification is a unique node identification, assign the test node identification as the node
identification to the audio-related device, and
characterized in that
the steps of generating the test node identification and the new first test node identification for the audio-related
device comprises
generating a random node identification which is independent of the communication port of the audio-related
device.

31. The performance equipment manager of claim 30, where the node identification engine sequentially selects each
node identification to be assigned to audio-related devices connected to the network.

32. The performance equipment manager as in either of claims 30 or 31, where the node identification engine cooperates
with a power sequencer to sequentially assign a node identification to each of the audio-related devices upon power-
up.

33. The performance equipment manager as in any of claims 30-32, where the communication port is selected from
the group consisting of Ethernet, Fire Wire, USB, RS232 and RS485.

34. The performance equipment manager as in any of claims 30-33, where the communication port is adapted to be
directly connected to an audio-related device.
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35. The method of claim 2, further comprising:

broadcasting a discovery information message from the first audio-related device over the network;
adding the first node identification and a first network address of the first audio-related device into a second
routing table of the second audio-related device in response to receipt of the discovery information message
sent from the first audio-related device;
sending a discovery query message from the second audio-related device to the first audio-related device;
adding the second node identification and the second network address of the second audio-related device into
a first routing table of the first audio-related device in response to receipt of the discovery information message
sent from the second audio-related device; and
sending a discovery information message from the first audio-related device to the second audio-related device.

36. The method of claim 35, where a discovery information message includes a node identification and a network
address of an audio-related device sending the message.

37. The method as in any of claims 1-6 or 35-36, where the first audio-related device is selected from the group consisting
of an audio amplifier, a loudspeaker, a microphone and an audio processor.

38. The method as in any of claims 2-6 or 35-37, further comprising the step of providing a router having a third node
identification and a third network address, the first audio-related device and the second audio-related device being
coupled to the router.

39. The method as in any of claims 2-6 and 37-38, further comprising:

providing a third audio-related device having a third node identification and a third network address;
establishing a communication link between the first audio-related device and the second audio-related device;
sending a discovery query message from the first audio-related device to the second audio-related device;
sending a set proxy message from the first audio-related device to the second audio-related device;
sending a discovery information message from the second audio-related device to the third audio-related device;
broadcasting a discovery information message from the third audio-related device over a subnet;
adding the third node identification and the third network address of the third audio-related device into a second
routing table of the second audio-related device in response to receipt of the discovery information message
sent from the third audio-related device;
forwarding the discovery information message from the third audio-related device to the first audio-related
device; and
adding the third node identification and the third network address of the third audio-related device into a first
routing table of the first audio-related device in response to receipt of the discovery information message sent
from the second audio-related device.

40. The method as in any of claims 2-6 or 37-39, further comprising the step of sending a get attributes message from
the first audio-related device to the second audio-related device.

41. The method as in any of claims 2-6 or 37-40, further comprising the step of establishing a communication link
between the first audio-related device and the third audio-related device.

42. The method of claim 41, further comprising the step of periodically sending a fail-safe message from the first audio-
related device to the second audio-related device.

43. The method as in any of claims 2-6 or 35-42, where the second audio-related device is selected from the group
consisting of an audio amplifier, a loudspeaker, a microphone and an audio processor.

Patentansprüche

1. Verfahren zum Zuweisen einer Knotenidentifikation an ein Audiogerät in einem Netzwerk aus mehreren Audioge-
räten, wobei das Verfahren die folgenden Schritte umfasst:

Einschalten eines ersten Audiogeräts im Netzwerk;
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Erzeugen einer ersten Testknotenidentifikation für das erste Audiogerät;
Übermitteln der ersten Testknotenidentifikation über das Netzwerk an die anderen Geräte;
Ermitteln, auf Grundlage von Benachrichtigungen von den anderen Geräten im Netzwerk, ob die erste Test-
knotenidentifikation eine einzigartige Knotenidentifikation im Netzwerk ist;
falls die erste Testknotenidentifikation keine einzigartige Knotenidentifikation ist, Erzeugen einer neuen ersten
Testknotenidentifikation und Wiederholen des Übermittlungs- und des Ermittlungsschritts, bis die erste Test-
knotenidentifikation eine einzigartige Knotenidentifikation im Netzwerk ist;
falls die erste Testknotenidentifikation eine einzigartige Knotenidentifikation ist, Zuweisen der ersten Testkno-
tenidentifikation als eine erste Knotenidentifikation an das erste Audiogerät,
dadurch gekennzeichnet, dass
die Schritte des Erzeugens der ersten Testknotenidentifikation und der neuen ersten
Testknotenidentifikation für das erste Audiogerät Folgendes umfasst
Erzeugen einer zufälligen Knotenidentifikation, die unabhängig von einer Netzwerkschnittstelle des ersten Au-
diogeräts ist.

2. Verfahren nach Anspruch 1, das ferner Folgendes umfasst:

nachdem dem ersten Audiogerät die erste Knotenidentifikation zugewiesen wurde, Einschalten eines zweiten
Audiogeräts;
Zuweisen einer zweiten Knotenidentifikation an das zweite Audiogerät,

wobei die zweite Knotenidentifikation unabhängig von einer Netzwerkschnittstelle des zweiten Audiogeräts ist,
wobei ein Einschaltsequenzer nacheinander das erste Audiogerät und dann das zweite Audiogerät einschaltet.

3. Verfahren nach Anspruch 2, wobei ausgewählt wird, dass der Zuweisungsschritt der zweiten Knotenidentifikation
in einer aufeinanderfolgenden Sequenz mit der ersten Knotenidentifikation ist.

4. Verfahren nach Anspruch 2 oder 3, wobei die zweite Knotenidentifikation eine Nummer ist und die erste Knoteni-
dentifikation eine zweite Nummer ist.

5. Verfahren nach einem der Ansprüche 1-4, das ferner den Schritt des Für-ungültig-Erklärens der ersten Knoteniden-
tifikation umfasst, wenn das erste Audiogerät sich ausschaltet.

6. Verfahren nach Anspruch 2, das ferner den Schritt des Für-ungültig-Erklärens der zweiten Knotenidentifikation
umfasst, wenn das zweite erste Audiogerät sich ausschaltet.

7. Audiosystem, umfassend:

ein erstes Audiogerät, das dazu ausgeführt ist, über ein Netzwerk zu kommunizieren;
ein oder mehrere weitere Audiogeräte, die jeweils dazu ausgeführt sind, über das Netzwerk zu kommunizieren;
wobei das erste Audiogerät dazu ausgeführt ist, sich im Netzwerk einzuschalten,
wobei das erste Audiogerät dazu ausgeführt ist, eine erste Testknotenidentifikation für das erste Audiogerät zu
erzeugen,
wobei das erste Audiogerät dazu ausgeführt ist, die erste Testknotenidentifikation über das Netzwerk an das
eine oder die mehreren weiteren Audiogeräte zu übermitteln,
wobei das erste Audiogerät dazu ausgeführt ist, auf Grundlage von Benachrichtigungen von dem einen oder
den mehreren weiteren Audiogeräten zu ermitteln, ob die erste Testknotenidentifikation eine einzigartige Kno-
tenidentifikation im Netzwerk ist,
das erste Audiogerät dazu ausgeführt ist, eine neue erste Testknotenidentifikation zu erzeugen und das Über-
mitteln und das Ermitteln zu wiederholen, bis ermittelt wird, dass die erste Testknotenidentifikation eine einzig-
artige Knotenidentifikation im Netzwerk ist, falls die erste Testknotenidentifikation keine einzigartige Knoteni-
dentifikation ist,
das erste Audiogerät dazu ausgeführt ist, die erste Testknotenidentifikation als die erste Knotenidentifikation
an das erste Audiogerät zuzuweisen, falls die erste Testknotenidentifikation eine einzigartige Knotenidentifika-
tion ist,
dadurch gekennzeichnet, dass
das erste Audiogerät die erste Testknotenidentifikation und die neue erste Testknotenidentifikation für das erste
Audiogerät durch Erzeugen einer zufälligen Knotenidentifikation, die unabhängig von einer Netzwerkschnittstelle
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des ersten Audiogeräts ist, erzeugt.

8. Audiosystem nach Anspruch 7, ferner umfassend einen Leistungsanlagenmanager, PEM (performance equipment
manager), der mit dem Netzwerk gekoppelt ist, wobei der PEM dazu ausgelegt ist, mit dem ersten Audiogerät auf
Grundlage der ersten Knotenidentifikation zu kommunizieren.

9. Audiosystem nach Anspruch 8, wobei der PEM dazu ausgelegt ist, dem ersten Audiogerät vorher festgelegte Au-
dioeinstellungen mitzuteilen.

10. Audiosystem nach Anspruch 7, wobei das erste Audiogerät ein Lautsprecher in einem Array von Lautsprechern ist.

11. Audiosystem nach Anspruch 8, wobei der Leistungsanlagenmanager dazu ausgeführt ist, Verstärkungs- und Equa-
lizereinstellungen des ersten Audiogeräts einzustellen.

12. Audiogerät, umfassend:

Speicher, der dazu ausgelegt ist, Einstellungen des Audiogeräts zu speichern;
eine Nutzerschnittstelle, die dazu ausgelegt ist, die im Speicher gespeicherten Einstellungen zu ändern;
ein Kommunikationsanschluss, der dazu ausgelegt ist, Signale auf einer Kommunikationsverbindung zu über-
tragen und empfangen;
ein Knotenidentifikationsmodul, das dazu ausgelegt ist, eine Testknotenidentifikation für das Audiogerät zu
erzeugen, wobei das Knotenidentifikationsmodul mit dem Kommunikationsanschluss zusammenwirkt, um die
Testknotenidentifikation an andere Geräte, die mit der Kommunikationsverbindung verbunden sind, zu über-
mitteln,

wobei das Knotenidentifikationsmodul auf Grundlage von Benachrichtigungen von den anderen Geräten ermittelt,
ob die Testknotenidentifikation eine einzigartige Knotenidentifikation auf der Kommunikationsverbindung ist,
wobei, falls die Testknotenidentifikation keine einzigartige Knotenidentifikation ist, das Knotenidentifikationsmodul
eine neue Testknotenidentifikation erzeugt und das Übermitteln und das Ermitteln wiederholt, bis die Testknoteni-
dentifikation eine einzigartige Knotenidentifikation auf der Kommunikationsverbindung ist,
wobei, falls die Testknotenidentifikation eine einzigartige Knotenidentifikation ist, das Knotenidentifikationsmodul
die Testknotenidentifikation als eine Knotenidentifikation an das Audiogerät zuweist,
und
dadurch gekennzeichnet, dass
das Knotenidentifikationsmodul die Testknotenidentifikation und die neue Testknotenidentifikation für das Audiogerät
durch Erzeugen einer zufälligen Knotenidentifikation, die unabhängig von einer Netzwerkschnittstelle des Kommu-
nikationsanschlusses des Audiogeräts ist, erzeugt.

13. Audiogerät nach Anspruch 12, wobei das Knotenidentifikationsmodul dazu ausgelegt ist, die Testknotenidentifikation
unter Nutzung des Kommunikationsanschlusses nach dem Abwarten eines Zeitraums zu übermitteln.

14. Audiogerät nach Anspruch 13, wobei das Knotenidentifikationsmodul die Testknotenidentifikation nach dem Ab-
warten eines zufälligen Zeitraums übermittelt.

15. Audiogerät nach einem der Ansprüche 12-14, wobei das Knotenidentifikationsmodul dazu ausgelegt ist, als Reaktion
auf das Empfangen einer redundanten Identifikationsnachricht auf dem Kommunikationsanschluss eine zweite
Knotenidentifikation zu erzeugen.

16. Audiogerät nach einem der Ansprüche 12-15, wobei der Speicher eine Leitwegtabelle beinhaltet, die dazu ausgelegt
ist, Leitwege zwischen Audiogeräten, die mit der Kommunikationsverbindung verbunden sind, zu speichern.

17. Audiogerät nach Anspruch 16, wobei die Leitwegtabelle ein Knotenadressfeld beinhaltet, das eine einem Leitweg
entsprechende Knotenidentifikation eines Zielgeräts darstellt.

18. Audiogerät nach einem der Ansprüche 16 oder 17, wobei die Leitwegtabelle ein Seriennummernfeld beinhaltet, das
eine einzigartige Identifikation für das der Knotenadresse entsprechende Zielgerät darstellt.

19. Audiogerät nach einem der Ansprüche 16-18, wobei die Leitwegtabelle ein Maximalnachrichtfeld beinhaltet, das
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eine Maximalgröße einer Nachricht, der es erlaubt ist, das der Knotenadresse entsprechende Zielgerät zu passieren,
darstellt.

20. Audiogerät nach einem der Ansprüche 16-19, wobei die Leitwegtabelle ein Netzwerkschnittstellenfeld beinhaltet,
das die Kommunikationsschnittstelle des der Knotenadresse entsprechenden Bezeichnungsgeräts darstellt.

21. Audiogerät nach einem der Ansprüche 16-20, wobei die Leitwegtabelle ein Kostenfeld beinhaltet, das relative Kosten
des Leitwegs zu dem der Knotenadresse entsprechenden Bezeichnungsgerät darstellt.

22. Audiogerät nach einem der Ansprüche 16-21, wobei die Leitwegtabelle mehrere Leitwege zwischen Audiogeräten,
die mit der Kommunikationsverbindung verbunden sind, beinhaltet.

23. Audiogerät nach Anspruch 22, wobei die in der Leitwegtabelle gespeicherten Leitwege auf Grundlage der kürzesten
Wegezeit zwischen Audiogeräten, die mit der Kommunikationsverbindung verbunden sind, ausgewählt werden.

24. Audiogerät nach einem der Ansprüche 22-23, wobei eine Bandbreite zwischen Audiogeräten, die mit der Kommu-
nikationsverbindung verbunden sind, ein Faktor beim Auswählen der in der Leitwegtabelle gespeicherten Leitwege
ist.

25. Audiogerät nach einem der Ansprüche 22-24, wobei eine Etappenanzahl ein Faktor beim Auswählen der in der
Leitwegtabelle gespeicherten Leitwege ist.

26. Audiogerät nach einem der Ansprüche 22-25, wobei die Größe der Daten, die an ein Audiogerät, das mit der
Kommunikationsverbindung verbunden ist, zu übertragen sind, ein Faktor beim Auswählen der in der Leitwegtabelle
gespeicherten Leitwege ist.

27. Audiogerät nach einem der Ansprüche 12-26, wobei der Kommunikationsanschluss aus der Gruppe ausgewählt
wird, die aus Ethernet, Fire Wire, USB, RS232 und RS285 besteht.

28. Audiogerät nach einem der Ansprüche 12-27, wobei der Kommunikationsanschluss dazu ausgelegt ist, Signale auf
eine kabellose Art zu übertragen und zu empfangen.

29. Audiogerät nach einem der Ansprüche 12-28, das ferner eine Audioschnittstelle umfasst, die dazu ausgelegt ist,
Audiosignale zu übertragen.

30. Leistungsanlagenmanager, umfassend:

Speicher, der dazu ausgelegt ist, Informationen über Audiogeräte zu speichern;
einen Kommunikationsanschluss, der dazu ausgelegt ist, mit einem Netzwerk verbunden zu werden, wobei der
Kommunikationsanschluss dazu ausgeführt ist, Signale von und an mit dem Netzwerk verbundene(n) Audio-
geräte(n) zu empfangen und zu übertragen;
ein Knotenauflösungsmodul, das mit dem Kommunikationsanschluss wirkgekoppelt ist, wobei das Knotenauf-
lösungsmodul eine Knotenidentifikationsfunktionseinheit beinhaltet, die dazu ausgeführt ist, jedem der mit dem
Netzwerk verbundenen Audiogeräte eine Knotenidentifikation zuzuweisen;
eine Benutzerschnittstelle, die dazu ausgelegt ist, Einstellungen der mit dem Netzwerk verbundenen Audioge-
räte zu ändern, und

wobei das Zuweisen der Knotenidentifikation an ein Audiogerät durch die Knotenidentifikationsfunktionseinheit
durchgeführt wird, die dazu ausgeführt ist, Folgendes zu tun:

eine Testknotenidentifikation für das Audiogerät erzeugen;
die Testknotenidentifikation über das Netzwerk an andere Geräte übermitteln;
auf Grundlage von Benachrichtigungen von den anderen Geräten im Netzwerk ermitteln, ob die Testknoteni-
dentifikation eine einzigartige Knotenidentifikation im Netzwerk ist,
falls die erste Testknotenidentifikation keine einzigartige Knotenidentifikation ist, eine neue Testknotenidentifi-
kation erzeugen und das Übermitteln und Ermitteln wiederholen, bis die Testknotenidentifikation eine einzigar-
tige Knotenidentifikation im Netzwerk ist,
falls die Testknotenidentifikation eine einzigartige Knotenidentifikation ist, die Testknotenidentifikation als die



EP 1 585 241 B1

44

5

10

15

20

25

30

35

40

45

50

55

Knotenidentifikation an das Audiogerät zuweisen, und
dadurch gekennzeichnet, dass
die Schritte des Erzeugens der Testknotenidentifikation und der neuen ersten Testknotenidentifikation für das
Audiogerät Folgendes umfasst
Erzeugen einer zufälligen Knotenidentifikation, die unabhängig von dem Kommunikationsanschluss des Audi-
ogeräts ist.

31. Leistungsanlagenmanager nach Anspruch 30, wobei die Knotenidentifikationsfunktionseinheit nacheinander jede
Knotenidentifikation auswählt, die mit dem Netzwerk verbundenen Audiogeräten zuzuweisen ist.

32. Leistungsanlagenmanager nach einem der Ansprüche 30 oder 31, wobei die Knotenidentifikationsfunktionseinheit
mit einem Einschaltsequenzer zusammenwirkt, um nacheinander jedem der Audiogeräte beim Einschalten eine
Knotenidentifikation zuzuweisen.

33. Leistungsanlagenmanager nach einem der Ansprüche 30-32, wobei der Kommunikationsanschluss aus der Gruppe
ausgewählt wird, die aus Ethernet, Fire Wire, USB, RS232 und RS485 besteht.

34. Leistungsanlagenmanager nach einem der Ansprüche 30-33, wobei der Kommunikationsanschluss dazu ausgeführt
ist, direkt mit einem Audiogerät verbunden zu werden.

35. Verfahren nach Anspruch 2, ferner umfassend:

Übermitteln einer Auffinde-Informationen-Nachricht vom ersten Audiogerät über das Netzwerk;
Hinzufügen der ersten Knotenidentifikation und einer ersten Netzwerkadresse des ersten Audiogeräts in eine
zweite Leitwegtabelle des zweiten Audiogeräts als Reaktion auf den Empfang der vom ersten Audiogerät ge-
sendeten Auffinde-Informationen-Nachricht;
Senden einer Auffinde-Abfrage-Nachricht vom zweiten Audiogerät an das erste Audiogerät;
Hinzufügen der zweiten Knotenidentifikation und der zweiten Netzwerkadresse des zweiten Audiogeräts in eine
erste Leitwegtabelle des ersten Audiogeräts als Reaktion auf den Empfang der vom zweiten Audiogerät ge-
sendeten Auffinde-Informationen-Nachricht; und
Senden einer Auffinde-Informationen-Nachricht vom ersten Audiogerät an das zweite Audiogerät.

36. Verfahren nach Anspruch 35, wobei eine Auffinde-Informationen-Nachricht eine Knotenidentifikation und eine Netz-
werkadresse eines Audiogeräts, das die Nachricht sendet, beinhaltet.

37. Verfahren nach einem der Ansprüche 1-6 oder 35-36, wobei das erste Audiogerät aus der Gruppe ausgewählt wird,
die aus einem Audioverstärker, einem Lautsprecher, einem Mikrofon und einem Audioprozessor besteht.

38. Verfahren nach einem der Ansprüche 2-6 oder 35-37, das ferner den Schritt des Bereitstellens eines Routers, der
eine dritte Knotenidentifikation und eine dritte Netzwerkadresse aufweist, umfasst, wobei das erste Audiogerät und
das zweite Audiogerät mit dem Router gekoppelt sind.

39. Verfahren nach einem der Ansprüche 2-6 und 37-38, ferner umfassend:

Bereitstellen eines dritten Audiogeräts, das eine dritte Knotenidentifikation und eine dritte Netzwerkadresse
aufweist;
Herstellen einer Kommunikationsverbindung zwischen dem ersten Audiogerät und dem zweiten Audiogerät;
Senden einer Auffinde-Abfrage-Nachricht vom ersten Audiogerät an das zweite Audiogerät;
Senden einer Proxy-Einstell-Nachricht vom ersten Audiogerät an das zweite Audiogerät;
Senden einer Auffinde-Informationen-Nachricht vom zweiten Audiogerät an das dritte Audiogerät;
Übermitteln einer Auffinde-Informationen-Nachricht vom dritten Audiogerät über ein Subnetz;
Hinzufügen der dritten Knotenidentifikation und der dritten Netzwerkadresse des dritten Audiogeräts in eine
zweite Leitwegtabelle des zweiten Audiogeräts als Reaktion auf den Empfang der vom dritten Audiogerät ge-
sendeten Auffinde-Informationen-Nachricht;
Weiterleiten der Auffinde-Informationen-Nachricht vom dritten Audiogerät an das erste Audiogerät; und
Hinzufügen der dritten Knotenidentifikation und der dritten Netzwerkadresse des dritten Audiogeräts in eine
erste Leitwegtabelle des ersten Audiogeräts als Reaktion auf den Empfang der vom zweiten Audiogerät ge-
sendeten Auffinde-Informationen-Nachricht.
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40. Verfahren nach einem der Ansprüche 2-6 oder 37-39, das ferner den Schritt des Sendens einer Attribute-erhalten-
Nachricht vom ersten Audiogerät an das zweite Audiogerät umfasst.

41. Verfahren nach einem der Ansprüche 2-6 oder 37-40, das ferner den Schritt des Herstellens einer Kommunikati-
onsverbindung zwischen dem ersten Audiogerät und dem dritten Audiogerät umfasst.

42. Verfahren nach Anspruch 41, das ferner den Schritt des periodischen Sendens einer Ausfallsicherungsnachricht
vom ersten Audiogerät an das zweite Audiogerät umfasst.

43. Verfahren nach einem der Ansprüche 2-6 oder 35-42, wobei das zweite Audiogerät aus der Gruppe ausgewählt
wird, die aus einem Audioverstärker, einem Lautsprecher, einem Mikrofon und einem Audioprozessor besteht.

Revendications

1. Procédé d’attribution d’une identification de noeud à un dispositif audio dans un réseau de multiples dispositifs
audio, le procédé comprenant les étapes suivantes :

la mise sous tension d’un premier dispositif audio dans le réseau ;
la génération d’une première identification de noeud de test pour le premier dispositif audio ;
la diffusion de la première identification de noeud de test aux autres dispositifs dans le réseau ;
la détermination, sur la base de notifications provenant des autres dispositifs dans le réseau, si la première
identification de noeud de test est une identification de noeud unique dans le réseau ;
si la première identification de noeud de test n’est pas une identification de noeud unique, la génération d’une
nouvelle première identification de noeud de test et la répétition des étapes de diffusion et de détermination
jusqu’à ce que la première identification de noeud de test soit une identification de noeud unique dans le réseau ;
si la première identification de noeud de test est une identification de noeud unique, l’attribution de la première
identification de noeud de test en tant que première identification de noeud au premier dispositif audio,
caractérisé en ce que
les étapes de génération de la première identification de noeud de test et de la nouvelle première identification
de noeud de test pour le premier dispositif audio comprennent la génération d’une identification de noeud
aléatoire qui est indépendante d’une interface réseau du premier dispositif audio.

2. Procédé selon la revendication 1, comprenant en outre :

après que le premier dispositif audio s’est vu attribuer la première identification de noeud, la mise sous tension
d’un deuxième dispositif audio ;
l’attribution d’une deuxième identification de noeud au deuxième dispositif audio,
dans lequel la deuxième identification de noeud est indépendante d’une interface réseau du deuxième dispositif
audio,
où un séquenceur d’alimentation met sous tension séquentiellement le premier dispositif audio et ensuite met
sous tension le deuxième dispositif audio.

3. Procédé selon la revendication 2, où, au cours de l’étape d’attribution, la deuxième identification de noeud est
sélectionnée pour être dans une séquence consécutive avec la première identification de noeud.

4. Procédé selon la revendication 2 ou 3, où la deuxième identification de noeud est un nombre et la première iden-
tification de noeud est un second nombre.

5. Procédé selon l’une quelconque des revendications précédentes 1 à 4, comprenant en outre l’étape d’invalidation
de la première identification de noeud lorsque le premier dispositif audio se met hors tension.

6. Procédé selon la revendication 2, comprenant en outre l’étape d’invalidation de la deuxième identification de noeud
lorsque le deuxième dispositif audio se met hors tension.

7. Système audio comprenant :

un premier dispositif audio adapté pour communiquer dans un réseau ;
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un ou plusieurs autres dispositifs audio adaptés respectivement pour communiquer dans le réseau ;
dans lequel le premier dispositif audio est adapté pour se mettre sous tension par le biais du réseau,
dans lequel le premier dispositif audio est adapté pour générer une première identification de noeud de test
pour le premier dispositif audio,
dans lequel le premier dispositif audio est adapté pour diffuser la première identification de noeud de test à
l’autre ou aux plusieurs autres dispositifs audio dans le réseau,
dans lequel le premier dispositif audio est adapté pour déterminer, sur la base de notifications provenant de
l’autre ou des plusieurs autres dispositifs audio, si la première identification de noeud de test est une identification
de noeud unique dans le réseau,
le premier dispositif audio est adapté pour générer une nouvelle première identification de noeud de test et
pour répéter la diffusion et la détermination jusqu’à ce que la première identification de noeud de test soit
déterminée être une identification de noeud unique dans le réseau si la première identification de noeud de test
n’est pas une identification de noeud unique,
le premier dispositif audio est adapté pour attribuer la première identification de noeud de test, en tant que la
première identification de noeud, au premier dispositif audio si la première identification de noeud de test est
une identification de noeud unique,
caractérisé en ce que
le premier dispositif audio génère la première identification de noeud de test et la nouvelle première identification
de noeud de test pour le premier dispositif audio par une génération d’une identification de noeud aléatoire qui
est indépendante d’une interface réseau du premier dispositif audio.

8. Système audio selon la revendication 7, comprenant en outre un gestionnaire PEM (gestionnaire d’équipement de
performance), couplé au réseau, le gestionnaire PEM étant configuré pour communiquer avec le premier dispositif
audio sur la base de la première identification de noeud.

9. Système audio selon la revendication 8, où le gestionnaire PEM est configuré pour communiquer des réglages
audio prédéterminés au premier dispositif audio.

10. Système audio selon la revendication 7, où le premier dispositif audio est un haut-parleur dans un ensemble de
haut-parleurs.

11. Système audio selon la revendication 8, où le gestionnaire d’équipement de performance est adapté pour régler
des réglages de gain et d’égaliseur du premier dispositif audio.

12. Dispositif audio comprenant :

une mémoire configurée pour stocker des réglages du dispositif audio ;
une interface utilisateur configurée pour changer les réglages stockés dans la mémoire ;
un port de communication configuré pour émettre et recevoir des signaux sur une liaison de communication ;
un module d’identification de noeud configuré pour générer une identification de noeud de test pour le dispositif
audio, le module d’identification de noeud coopérant avec le port de communication pour diffuser l’identification
de noeud de test aux autres dispositifs connectés à la liaison de communication, dans lequel le module d’iden-
tification de noeud détermine, sur la base d’une notification provenant des autres dispositifs, si l’identification
de noeud de test est une identification de noeud unique sur la liaison de communication,
dans lequel, si l’identification de noeud de test n’est pas une identification de noeud unique, le module d’iden-
tification de noeud génère une nouvelle identification de noeud de test et répète la diffusion et la détermination
jusqu’à ce que l’identification de noeud de test soit une identification de noeud unique sur la liaison de commu-
nication,
dans lequel, si l’identification de noeud de test est une identification de noeud unique, le module d’identification
de noeud attribue l’identification de noeud de test, en tant qu’identification de noeud, au dispositif audio, et
caractérisé en ce que
le module d’identification de noeud génère l’identification de noeud de test et la nouvelle identification de noeud
de test pour le dispositif audio par une génération d’une identification de noeud aléatoire qui est indépendante
d’une interface réseau du port de communication du dispositif audio.

13. Dispositif audio selon la revendication 12, où le module d’identification de noeud est configuré pour diffuser l’iden-
tification de noeud de test à l’aide du port de communication après l’attente d’une période de temps.
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14. Dispositif audio selon la revendication 13, où le module d’identification de noeud diffuse l’identification de noeud de
test après l’attente d’une période de temps aléatoire.

15. Dispositif audio selon l’une quelconque des revendications 12 à 14, où le module d’identification de noeud est
configuré pour générer une deuxième identification de noeud en réponse à la réception d’un message d’identification
redondant sur le port de communication.

16. Dispositif audio selon l’une quelconque des revendications 12 à 15, où la mémoire inclut une table de routage
configurée pour stocker des routes entre des dispositifs audio connectés à la liaison de communication.

17. Dispositif audio selon la revendication 16, où la table de routage inclut un champ d’adresse de noeud qui représente
une identification de noeud d’un dispositif de destination correspondant à une route.

18. Dispositif audio selon les revendications 16 ou 17, où la table de routage inclut un champ de numéro de série qui
représente une identification unique pour le dispositif de destination correspondant à l’adresse de noeud.

19. Dispositif audio selon l’une quelconque des revendications 16 à 18, où la table de routage inclut un champ de
message maximal qui représente une taille maximale d’un message qui est autorisé à être passé au dispositif de
destination correspondant à l’adresse de noeud.

20. Dispositif audio selon l’une quelconque des revendications 16 à 19, où la table de routage inclut un champ d’interface
réseau qui représente l’interface de communication du dispositif de destination correspondant à l’adresse de noeud.

21. Dispositif audio selon l’une quelconque des revendications 16 à 20, où la table de routage inclut un champ de coût
qui représente un coût relatif de la route vers le dispositif de destination correspondant à l’adresse de noeud.

22. Dispositif audio selon l’une quelconque des revendications 16 à 21, où la table de routage inclut de multiples routes
entre des dispositifs audio connectés à la liaison de communication.

23. Dispositif audio selon la revendication 22, où les routes stockées dans la table de routage sont sélectionnées sur
la base du temps de transit le plus court entre des dispositifs audio connectés à la liaison de communication.

24. Dispositif audio selon l’une quelconque des revendications 22 à 23, où une largeur de bande entre des dispositifs
audio connectés à la liaison de communication est un facteur dans la sélection des routes stockées dans la table
de routage.

25. Dispositif audio selon l’une quelconque des revendications 22 à 24, où un compte de bonds est un facteur dans la
sélection des routes stockées dans la table de routage.

26. Dispositif audio selon l’une quelconque des revendications 22 à 25, où la taille de données à émettre vers un
dispositif audio connecté à la liaison de communication est un facteur dans la sélection des routes stockées dans
la table de routage.

27. Dispositif audio selon l’une quelconque des revendications 12 à 26, où le port de communication est sélectionné
dans le groupe constitué de Ethernet, Fire Wire, USB, RS232 et RS285.

28. Dispositif audio selon l’une quelconque des revendications 12 à 27, où le port de communication est configuré pour
émettre et recevoir des signaux d’une manière sans fil.

29. Dispositif audio selon l’une quelconque des revendications 12 à 28, comprenant en outre une interface audio
configurée pour émettre des signaux audio.

30. Gestionnaire d’équipement de performance comprenant :

une mémoire configurée pour stocker des informations concernant des dispositifs audio ;
un port de communication configuré pour être connecté à un réseau, le port de communication étant adapté
pour recevoir et émettre des signaux avec des dispositifs audio connectés au réseau ;
un module de résolution de noeud couplé de manière fonctionnelle au port de communication, le module de
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résolution de noeud incluant un moteur d’identification de noeud adapté pour attribuer une identification de
noeud à chacun des dispositifs audio connectés au réseau ;
une interface utilisateur configurée pour changer des réglages des dispositifs audio connectés au réseau, et
dans lequel l’attribution de l’identification de noeud à un dispositif audio est réalisée par le moteur d’identification
de noeud étant adapté pour :

générer une identification de noeud de test pour le dispositif audio ;
diffuser l’identification de noeud de test à d’autres dispositifs dans le réseau ;
déterminer, sur la base de notifications provenant des autres dispositifs dans le réseau, si l’identification
de noeud de test est une identification de noeud unique dans le réseau,
si l’identification de noeud de test n’est pas une identification de noeud unique, générer une nouvelle
identification de noeud de test et répéter la diffusion et la détermination jusqu’à ce que l’identification de
noeud de test soit une identification de noeud unique dans le réseau,
si l’identification de noeud de test est une identification de noeud unique, attribuer l’identification de noeud
de test, en tant qu’identification de noeud, au dispositif audio, et
caractérisé en ce que
les étapes de génération de l’identification de noeud de test et de la nouvelle première identification de
noeud de test pour le dispositif audio comprennent
la génération d’une identification de noeud aléatoire qui est indépendante du port de communication du
dispositif audio.

31. Gestionnaire d’équipement de performance selon la revendication 30, où le moteur d’identification de noeud sélec-
tionne séquentiellement chaque identification de noeud à attribuer à des dispositifs audio connectés au réseau.

32. Gestionnaire d’équipement de performance selon les revendications 30 ou 31, où le moteur d’identification de noeud
coopère avec un séquenceur d’alimentation pour attribuer séquentiellement une identification de noeud à chacun
des dispositifs audio lors de la mise sous tension.

33. Gestionnaire d’équipement de performance selon l’une quelconque des revendications 30 à 32, où le port de
communication est sélectionné dans le groupe constitué de Ethernet, Fire Wire, USB, RS232 et RS485.

34. Gestionnaire d’équipement de performance selon l’une quelconque des revendications 30 à 33, où le port de
communication est adapté pour être directement connecté à un dispositif audio.

35. Procédé selon la revendication 2, comprenant en outre :

la diffusion d’un message d’informations de découverte à partir du premier dispositif audio dans le réseau ;
l’ajout de la première identification de noeud et d’une première adresse de réseau du premier dispositif audio
dans une seconde table de routage du deuxième dispositif audio en réponse à une réception du message
d’informations de découverte envoyé par le premier dispositif audio ;
l’envoi d’un message d’interrogation de découverte du deuxième dispositif audio au premier dispositif audio ;
l’ajout de la deuxième identification de noeud et de la deuxième adresse de réseau du deuxième dispositif audio
dans une première table de routage du premier dispositif audio en réponse à une réception du message d’in-
formations de découverte envoyé par le deuxième dispositif audio ; et
l’envoi d’un message d’informations de découverte du premier dispositif audio au deuxième dispositif audio.

36. Procédé selon la revendication 35, où un message d’informations de découverte inclut une identification de noeud
et une adresse de réseau d’un dispositif audio envoyant le message.

37. Procédé selon l’une quelconque des revendications 1 à 6 ou 35 à 36, où le premier dispositif audio est sélectionné
dans le groupe constitué d’un amplificateur audio, d’un haut-parleur, d’un microphone et d’un processeur audio.

38. Procédé selon l’une quelconque des revendications 2 à 6 ou 35 à 37, comprenant en outre l’étape de fournir un
appareil de routage ayant une troisième identification de noeud et une troisième adresse de réseau, le premier
dispositif audio et le deuxième dispositif audio étant couplé à l’appareil de routage.

39. Procédé selon l’une quelconque des revendications 2 à 6 et 37 à 38, comprenant en outre :
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la fourniture d’un troisième dispositif audio ayant une troisième identification de noeud et une troisième adresse
de réseau ;
l’établissement d’une liaison de communication entre le premier dispositif audio et le deuxième dispositif audio ;
l’envoi d’un message d’interrogation de découverte du premier dispositif audio au deuxième dispositif audio ;
l’envoi d’un message ’définir un mandataire’ du premier dispositif audio au deuxième dispositif audio ;
l’envoi d’un message d’informations de découverte du deuxième dispositif audio au troisième dispositif audio ;
la diffusion d’un message d’informations de découverte du troisième dispositif audio dans un sous-réseau ;
l’ajout de la troisième identification de noeud et de la troisième adresse de réseau du troisième dispositif audio
dans une seconde table de routage du deuxième dispositif audio en réponse à une réception du message
d’informations de découverte envoyé par le troisième dispositif audio ;
le transfert du message d’informations de découverte du troisième dispositif audio au premier dispositif audio ; et
l’ajout de la troisième identification de noeud et de la troisième adresse de réseau du troisième dispositif audio
dans une première table de routage du premier dispositif audio en réponse à une réception du message d’in-
formations de découverte envoyé par le deuxième dispositif audio.

40. Procédé selon l’une quelconque des revendications 2 à 6 ou 37 à 39, comprenant en outre l’étape de l’envoi d’un
message ’obtenir des attributs’ du premier dispositif audio au deuxième dispositif audio.

41. Procédé selon l’une quelconque des revendications 2 à 6 ou 37 à 40, comprenant en outre l’étape de l’établissement
d’une liaison de communication entre le premier dispositif audio et le troisième dispositif audio.

42. Procédé selon la revendication 41, comprenant en outre l’étape de l’envoi périodique d’un message à sûreté intégrée
du premier dispositif audio au deuxième dispositif audio.

43. Procédé selon l’une quelconque des revendications 2 à 6 ou 35 à 42, où le deuxième dispositif audio est sélectionné
dans le groupe constitué d’un amplificateur audio, d’un haut-parleur, d’un microphone et d’un processeur audio.
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