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Description

FIELD OF THE DISCLOSURE

[0001] The disclosure is related to consumer goods
and, more particularly, to methods, systems, products,
features, services, and other elements directed to media
playback or some aspect thereof.

BACKGROUND

[0002] Options for accessing and listening to digital au-
dio in an out-loud setting were limited until in 2003, when
SONOS, Inc. filed for one of its first patent applications,
entitled "Method for Synchronizing Audio Playback be-
tween Multiple Networked Devices," and began offering
a media playback system for sale in 2005. The Sonos
Wireless HiFi System enables people to experience mu-
sic from many sources via one or more networked play-
back devices. Through a software control application in-
stalled on a smartphone, tablet, or computer, one can
play audio in any room that has a networked playback
device. Additionally, using the control device, for exam-
ple, different songs can be streamed to each room with
a playback device, rooms can be grouped together for
synchronous playback, or the same song can be heard
in all rooms synchronously.
[0003] Given the ever growing interest in digital media,
there continues to be a need to develop consumer-ac-
cessible technologies to further enhance the listening ex-
perience.

BRIEF DESCRIPTION OF THE DRAWINGS

[0004] Features, aspects, and advantages of the pres-
ently disclosed technology may be better understood with
regard to the following description, appended claims, and
accompanying drawings where:

Figure 1 shows an example playback system con-
figuration in which certain embodiments may be
practiced;

Figure 2 shows a functional block diagram of an ex-
ample playback device;

Figure 3 shows a functional block diagram of an ex-
ample control device;

Figure 4 shows an example control device interface;

Figure 5 shows an example network configuration in
which certain embodiments may be practiced;

Figure 6 shows a functional block diagram of an ex-
ample network microphone device;

Figure 7 shows an example environment in which

certain embodiments may be practiced;

Figure 8 shows an example flow diagram associated
with determining a mapping between a microphone
location response and a room response;

Figure 9 shows an example flow diagram for deter-
mining a room response for a room based on a mi-
crophone location response for the room;

Figure 10 shows a more detailed example flow dia-
gram for determining the room response for the room
based on the microphone location response for the
room; and

Figure 11 illustrates and example graphical display
associated with calibration.

[0005] The drawings are for the purpose of illustrating
example embodiments, but it is understood that the em-
bodiments are not limited to the arrangements and in-
strumentality shown in the drawings.

DETAILED DESCRIPTION

Overview

[0006] Rooms have certain acoustics which define
how sound travels within the room. The acoustics may
be defined by a size and a shape of a room and objects
in a room. For example, angles of walls with respect to
a ceiling affect how sound reflects off the wall and the
ceiling. As another example, position of furniture in the
room affects how the sound travels in the room. The
acoustics may also be defined by a type of surface in the
room. Hard surfaces in the room may reflect sound
whereas soft surfaces may absorb sound.
[0007] The room may be an environment where a play-
back device is located. The room could be a living room
or bedroom, for instance. The playback device may have
one or more speakers to play audio content in the room.
It may be desirable to calibrate the playback device for
the room so that the audio output by the playback device
accounts for the acoustics of the room. This calibration
may improve a listening experience in the room.
[0008] The calibration process may involve a playback
device in the room outputting audio content. The audio
content may take the form of sound having predefined
spectral content. Then, the audio content may be detect-
ed at one or more different spatial positions in the room
to determine an acoustic response of the room (also re-
ferred to herein as a "room response"). For example, a
microphone may be moved to the various locations in
the room to detect the audio content. The locations where
microphone are moved to may be those locations where
one or more listeners may experience audio playback
during regular use of the playback device. In this regard,
the calibration process requires a user to physically move

1 2 



EP 3 232 690 B1

3

5

10

15

20

25

30

35

40

45

50

55

a device with a microphone, such as a cell phone, to
various locations in the room to detect the audio content
at one or more spatial positions in the room. U.S. Patent
Application Serial No. 14/481,511, entitled "Playback De-
vice Calibration", discloses such a playback calibration
methodology which requires "walking" a microphone to
various locations in the room to detect the audio content
at the one or more spatial locations in the room.
[0009] The room could have one or more playback de-
vices which play audio content such as music. Each play-
back device may need to be calibrated for the room. Em-
bodiments described herein involve a calibration process
which does not require detecting an acoustic response
of a room at various locations in the room, for example
by moving a device with a microphone to the various
locations. Instead, the room response of a room is de-
termined by applying a mapping to a microphone location
response of the room. The microphone location response
may be an acoustic response of a room at a particular
location in the room and the room response may be
based on an acoustic response of the room over one or
more spatial locations that may or may not include the
particular location associated with the microphone loca-
tion response. In examples, the microphone location re-
sponse may be based on a location of a microphone on
or proximate to a playback device and the room response
may be an acoustic response based on acoustic respons-
es at various spatial locations in the room, e.g., an overall
or average acoustic response of the room. Further, the
room response may be used to adjust audio output by
the playback device so as to calibrate the playback device
for an improved listening experience in the room.
[0010] The playback devices may be part of a media
playback system for playing audio content. In this regard,
the media playback system may include one or more
audio playback devices which play audio content, one or
more controller devices for controlling the audio playback
devices, and one or more computing devices such as a
server which may store in a database the audio content
and/or perform various processing associated with the
media playback system. The historical acoustic respons-
es may take the form of a set of historical room responses
and a set of historical microphone location responses.
The responses are "historical" because they relate to re-
sponses determined for rooms with various types of
acoustic characteristics previously determined and
stored in the database. The set of room responses and
the set of microphone responses may be for one or more
rooms different from where the playback device to be
calibrated is located. Further, a response in the set of
historical room responses may correspond to a response
in the set of historical microphone location responses.
For example, the room response in this set of historical
room responses may be determined by "walking" the mi-
crophone at a plurality of different spatial locations in the
room and determining acoustic responses at the plurality
of different spatial locations. A microphone location re-
sponse may correspond to this room response because

it was determined based on the same audio content out-
put used to determine the room response.
[0011] A set of mappings may be defined between the
set of historical microphone location responses and the
set of historical room responses. A simple example of
this set of mappings might be a difference between a
response of the set of historical microphone location re-
sponses and a response of the set of historical room re-
sponses. In embodiments, the set of mappings may be
used to determine an approximation of a room response
for the room in which a playback device is located. Each
playback device in the room may determine its own room
response for purposes of calibration of the playback of
audio content in the room without the need to physically
detect the audio at different spatial locations in the room.
[0012] In this regard, a playback device may play an
audio content in a room where the playback device is
located. One or more microphones of the playback de-
vice may receive an indication of the audio content that
is played in the room. The one or more microphones may
be in a fixed location in the room, such as on or proximate
to the playback device. The received indication of audio
content may be stored on the audio playback device,
controller device, and/or computing device as a file such
as an audio file. The microphone location response may
be then derived based on the indication of the audio con-
tent. The microphone location response may take form
of a power spectral density, a set of impulse responses,
or bi-quad filter coefficients representative of the received
indication.
[0013] A device in the media playback system may
then use the microphone location response for the room
in which the playback device is located to determine an
approximation of the room response based on the set of
mappings determined from the set of historical micro-
phone location responses and the set of historical room
responses. The process of determining the approxima-
tion may include calculating a distance between the mi-
crophone location response and a historical microphone
location response in the set of historical microphone lo-
cation responses. For example, each distance that is cal-
culated may be between the microphone location re-
sponse and a microphone location response in the set
of historical microphone location responses. This calcu-
lation results in a vector of distances based on the set of
historical microphone location responses or a subset of
the set of historical microphone location responses.
Then, a weighting may be calculated based on the vector
of distances and applied, e.g., multiplied, to the set of
mappings. The set of weighted mappings may be com-
bined, e.g., summed, to yield a room mapping which
when applied to the microphone location response re-
sults in an approximation of the room response. If the
playback device is arranged with a plurality of micro-
phones, then a room response may be calculated for
each microphone based on corresponding microphone
location responses and combined to yield a better ap-
proximation of the room response.
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[0014] The approximation of the room response may
be used to adjust audio played by the audio playback
device. The room response may be used to identify an
audio processing algorithm. The audio processing algo-
rithm may be stored in a database or calculated dynam-
ically. For example, the audio processing algorithm may
take the form of a filter or equalization. U.S. Patent Ap-
plication Serial No. 14/481,511, entitled "Playback De-
vice Calibration", discloses various audio processing al-
gorithms. The filter or equalization may be applied by the
playback device. Alternatively, the filter or equalization
may be applied by another playback device, the comput-
ing device, and/or the controller device which then pro-
vides the processed audio content to the playback device
for output. The filter or equalization may be applied to
audio content played by the playback device until such
time that the filter or equalization is changed or is no
longer valid for the room.
[0015] An example of the use of this method and ap-
paratus may be in a room of a home where a listener
may listen to audio content such a living room or bed-
room. The room may have an audio playback device
which is to be calibrated to the acoustics of the room
where the audio playback device is located. The playback
device may output one or more audio tones with a defined
spectral content. One or more microphones fixed on the
playback device may detect an indication of the audio
tones and one or more of the playback device, another
playback device, the controller device, or the computing
device may determine a microphone location response
based on detecting the indication. Then, a set of historical
microphone location responses and the set of mappings
may be used to determine the room response of the room.
For example, one or more of the computing device, the
controller, and/or the playback device may calculate a
distance between the microphone location response and
each microphone location response of the set of historical
microphone location responses, weight the set of map-
pings based on the distance, and combine the set of
weighted mappings to produce a room mapping. The
room mapping may then be applied to the microphone
location response to determine the room response for
the room. An audio processing algorithm can then be
applied to audio content output by the playback device
so as to improve a listening experience of the audio play-
back device in the room.
[0016] In one example, functions for the calibration
may be coordinated and at least partially performed by
a playback device, such as one of the one or more play-
back devices to be calibrated for the playback environ-
ment. The playback device may receive an indication of
audio content received by the microphone on the play-
back device. The playback device may then identify
based on the indication of the audio content an audio
processing algorithm which is to be applied to audio con-
tent played by the playback device.
[0017] In another example, functions for the calibration
may be coordinated and at least partially performed by

a computing device. The computing device may be a
server associated with a media playback system that in-
cludes the one or more playback devices, and configured
to maintain information related to the media playback
system. The computing device may receive from the au-
dio playback device, an indication of audio content re-
ceived by the playback device. The computing device
may then identify based on the indication of the audio
content an audio processing algorithm and transmit to
the playback device being calibrated, an indication of the
audio processing algorithm.
[0018] In yet another example, functions for the cali-
bration may be coordinated and at least partially per-
formed by a control device. The control device may be
used to control the playback device and perform func-
tions similar to that of the computing device. Other ar-
rangements are also possible.
[0019] Moving on from the above illustration, an exam-
ple embodiment includes an audio playback device com-
prising: a microphone; a speaker; a processor comprising
instructions, which when executed, cause the processor
to: output by the speaker first audio content; receive by
the microphone an indication of the first audio content;
determine a first acoustic response of a room in which
the audio playback device is located based on the re-
ceived indication of first audio content by the microphone;
applying a mapping to the first acoustic response to iden-
tify a second acoustic response, wherein the second
acoustic response is indicative of an approximated
acoustic response of the room at a spatial location dif-
ferent from a spatial location of the microphone; and ad-
just based on the second acoustic response second au-
dio content output by the speaker. The mapping may be
defined by a set of first acoustic responses and a set of
second acoustic responses; wherein a response of the
set of first acoustic responses is an acoustic response
of a given room at a fixed location and a response of the
set of second acoustic responses is based on acoustic
responses at a plurality of spatial locations different from
the fixed location in the given room. The mapping may
comprise a difference between a response of the set of
first acoustic responses and a response of the set of sec-
ond acoustic responses. Applying the mapping may com-
prises determining a distance between the first acoustic
response and a response of the set of first acoustic re-
sponses. The mapping may be weighted by an acoustic
configuration of the audio playback device. The first audio
content and the second audio content may be different
portions of a same song.
[0020] Another example embodiment may include a
method of outputting first audio content by a speaker of
an audio playback device; receiving an indication of the
first audio content by a microphone of the audio playback
device; determining a first acoustic response of a room
in which the audio playback device is located based on
the received indication of first audio content by the mi-
crophone; applying a mapping to the first acoustic re-
sponse to identify a second acoustic response, wherein
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the second acoustic response is indicative of an approx-
imated acoustic response of the room at a spatial location
different from a spatial location of the microphone; and
adjusting based on the second acoustic response audio
content output by the speaker. The mapping may be de-
fined by a set of first acoustic responses and a set of
second acoustic responses; wherein a response of the
set of first acoustic responses is an acoustic response
of a given room at a fixed location and a response of the
set of second acoustic responses is based on acoustic
responses at a plurality of spatial locations different from
the fixed location in the given room. The mapping may
be a difference between a response of the set of first
acoustic responses and a response of the set of second
acoustic responses. Applying the mapping may comprise
determining a distance between the first acoustic re-
sponse and a response of the set of first acoustic re-
sponses. The mapping may be weighted by an acoustic
configuration of the audio playback device. The method
may further comprises storing the first acoustic response
on a server in communication with the audio playback
device. Applying the mapping may comprise sending the
first acoustic response to a remote server in communi-
cation with the audio playback device and receiving the
second acoustic response from the remote server.
[0021] In yet another example embodiment, a compu-
ter readable storage medium includes instructions for ex-
ecution by a processor. The instructions, when executed,
may cause the processor to implement a method com-
prising: outputting first audio content by a speaker of an
audio playback device; receiving an indication of the first
audio content by a microphone of the audio playback
device; determining a first acoustic response of a room
in which the audio playback device is located based on
the received indication of first audio content by the mi-
crophone; applying a mapping to the first acoustic re-
sponse to identify a second acoustic response, wherein
the second acoustic response is indicative of an approx-
imated acoustic response of the room at a spatial location
different from a spatial location of the microphone; and
adjusting based on the second acoustic response second
audio content output by the audio playback device. The
mapping may be defined by a set of first acoustic re-
sponses and a set of second acoustic responses; where-
in a response of the set of first acoustic responses is an
acoustic response of a given room at a fixed location and
a response of the set of second acoustic responses is
based on acoustic responses at a plurality of spatial lo-
cations different from the fixed location in the given room.
The mapping may be a difference between a response
of the set of first acoustic responses and a response of
the set of second acoustic responses. Applying the map-
ping may comprise determining a distance between the
first acoustic response and a response of the set of first
acoustic responses. The mapping may be weighted by
an acoustic configuration of the audio playback device.
The first audio content and the second audio content may
be different portions of a same song. Applying the map-

ping may comprise sending the first acoustic response
to a remote server in communication with the audio play-
back device and receiving the second acoustic response
from the remote server.

Example Operating Environment

[0022] Figure 1 shows an example configuration of a
media playback system 100 in which one or more em-
bodiments disclosed herein may be practiced or imple-
mented. The media playback system 100 as shown is
associated with an example home environment having
several rooms and spaces, such as for example, a master
bedroom, an office, a dining room, and a living room. As
shown in the example of Figure 1, the media playback
system 100 includes playback devices 102-124, control
devices 126 and 128, and a wired or wireless network
router 130.
[0023] Further discussions relating to the different
components of the example media playback system 100
and how the different components may interact to provide
a user with a media experience may be found in the fol-
lowing sections. While discussions herein may generally
refer to the example media playback system 100, tech-
nologies described herein are not limited to applications
within, among other things, the home environment as
shown in Figure 1. For instance, the technologies de-
scribed herein may be useful in environments where mul-
ti-zone audio may be desired, such as, for example, a
commercial setting like a restaurant, mall or airport, a
vehicle like a sports utility vehicle (SUV), bus or car, a
ship or boat, an airplane, and so on.

Example Playback Devices

[0024] Figure 2 shows a functional block diagram of
an example playback device 200 that may be configured
to be one or more of the playback devices 102-124 of
the media playback system 100 of Figure 1. The playback
device 200 may include a processor 202, software com-
ponents 204, memory 206, audio processing compo-
nents 208, audio amplifier(s) 210, speaker(s) 212, a net-
work interface 214 including wireless interface(s) 216
and wired interface(s) 218, and microphone(s) 220. In
one case, the playback device 200 may not include the
speaker(s) 212, but rather a speaker interface for con-
necting the playback device 200 to external speakers. In
another case, the playback device 200 may include nei-
ther the speaker(s) 212 nor the audio amplifier(s) 210,
but rather an audio interface for connecting the playback
device 200 to an external audio amplifier or audio-visual
receiver.
[0025] In one example, the processor 202 may be a
clock-driven computing component configured to proc-
ess input data according to instructions stored in the
memory 206. The memory 206 may be a tangible com-
puter-readable medium configured to store instructions
executable by the processor 202. For instance, the mem-
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ory 206 may be data storage that can be loaded with one
or more of the software components 204 executable by
the processor 202 to achieve certain functions. In one
example, the functions may involve the playback device
200 retrieving audio data from an audio source or another
playback device. In another example, the functions may
involve the playback device 200 sending audio data to
another device or playback device on a network. In yet
another example, the functions may involve pairing of
the playback device 200 with one or more playback de-
vices to create a multi-channel audio environment.
[0026] Certain functions may involve the playback de-
vice 200 synchronizing playback of audio content with
one or more other playback devices. During synchronous
playback, a listener will preferably not be able to perceive
time-delay differences between playback of the audio
content by the playback device 200 and the one or more
other playback devices. U.S. Patent No. 8,234,395 enti-
tled, "System and method for synchronizing operations
among a plurality of independently clocked digital data
processing devices," provides in more detail some ex-
amples for audio playback synchronization among play-
back devices.
[0027] The memory 206 may further be configured to
store data associated with the playback device 200, such
as one or more zones and/or zone groups the playback
device 200 is a part of, audio sources accessible by the
playback device 200, or a playback queue that the play-
back device 200 (or some other playback device) may
be associated with. The data may be stored as one or
more state variables that are periodically updated and
used to describe the state of the playback device 200.
The memory 206 may also include the data associated
with the state of the other devices of the media system,
and shared from time to time among the devices so that
one or more of the devices have the most recent data
associated with the system. Other examples are also
possible.
[0028] The audio processing components 208 may in-
clude one or more digital-to-analog converters (DAC), an
audio preprocessing component, an audio enhancement
component or a digital signal processor (DSP), and so
on. In one embodiment, one or more of the audio process-
ing components 208 may be a subcomponent of the proc-
essor 202. In one example, audio content may be proc-
essed and/or intentionally altered by the audio process-
ing components 208 to produce audio signals. The pro-
duced audio signals may then be provided to the audio
amplifier(s) 210 for amplification and playback through
speaker(s) 212. Particularly, the audio amplifier(s) 210
may include devices configured to amplify audio signals
to a level for driving one or more of the speakers 212.
The speaker(s) 212 may include an individual transducer
(e.g., a "driver") or a complete speaker system involving
an enclosure with one or more drivers. A particular driver
of the speaker(s) 212 may include, for example, a sub-
woofer (e.g., for low frequencies), a mid-range driver
(e.g., for middle frequencies), and/or a tweeter (e.g., for

high frequencies). In some cases, each transducer in the
one or more speakers 212 may be driven by an individual
corresponding audio amplifier of the audio amplifier(s)
210. In addition to producing analog signals for playback
by the playback device 200, the audio processing com-
ponents 208 may be configured to process audio content
to be sent to one or more other playback devices for
playback.
[0029] Audio content to be processed and/or played
back by the playback device 200 may be received from
an external source, such as via an audio line-in input
connection (e.g., an auto-detecting 3.5mm audio line-in
connection) or the network interface 214.
[0030] The network interface 214 may be configured
to facilitate a data flow between the playback device 200
and one or more other devices on a data network. As
such, the playback device 200 may be configured to re-
ceive audio content over the data network from one or
more other playback devices in communication with the
playback device 200, network devices within a local area
network, or audio content sources over a wide area net-
work such as the Internet. In one example, the audio
content and other signals transmitted and received by
the playback device 200 may be transmitted in the form
of digital packet data containing an Internet Protocol
(IP)-based source address and IP-based destination ad-
dresses. In such a case, the network interface 214 may
be configured to parse the digital packet data such that
the data destined for the playback device 200 is properly
received and processed by the playback device 200.
[0031] As shown, the network interface 214 may in-
clude wireless interface(s) 216 and wired interface(s)
218. The wireless interface(s) 216 may provide network
interface functions for the playback device 200 to wire-
lessly communicate with other devices (e.g., other play-
back device(s), speaker(s), receiver(s), network de-
vice(s), control device(s) within a data network the play-
back device 200 is associated with) in accordance with
a communication protocol (e.g., any wireless standard
including IEEE 802.11a, 802.11b, 802.11g, 802.11n,
802.11ac, 802.15, 4G mobile communication standard,
and so on). The wired interface(s) 218 may provide net-
work interface functions for the playback device 200 to
communicate over a wired connection with other devices
in accordance with a communication protocol (e.g., IEEE
802.3). While the network interface 214 shown in Figure
2 includes both wireless interface(s) 216 and wired inter-
face(s) 218, the network interface 214 may in some em-
bodiments include only wireless interface(s) or only wired
interface(s).
[0032] The microphone(s) 220 may be arranged to de-
tect sound in the environment of the playback device 200.
For instance, the microphone(s) may be mounted on an
exterior wall of a housing of the playback device. The
microphone(s) may be any type of microphone now
known or later developed such as a condenser micro-
phone, electret condenser microphone, or a dynamic mi-
crophone. The microphone(s) may be sensitive to a por-
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tion of the frequency range of the speaker(s) 220. One
or more of the speaker(s) 220 may operate in reverse as
the microphone(s) 220. In some aspects, the playback
device 200 might not have microphone(s) 220.
[0033] In one example, the playback device 200 and
one other playback device may be paired to play two
separate audio components of audio content. For in-
stance, playback device 200 may be configured to play
a left channel audio component, while the other playback
device may be configured to play a right channel audio
component, thereby producing or enhancing a stereo ef-
fect of the audio content. The paired playback devices
(also referred to as "bonded playback devices") may fur-
ther play audio content in synchrony with other playback
devices.
[0034] In another example, the playback device 200
may be sonically consolidated with one or more other
playback devices to form a single, consolidated playback
device. A consolidated playback device may be config-
ured to process and reproduce sound differently than an
unconsolidated playback device or playback devices that
are paired, because a consolidated playback device may
have additional speaker drivers through which audio con-
tent may be rendered. For instance, if the playback device
200 is a playback device designed to render low frequen-
cy range audio content (i.e. a subwoofer), the playback
device 200 may be consolidated with a playback device
designed to render full frequency range audio content.
In such a case, the full frequency range playback device,
when consolidated with the low frequency playback de-
vice 200, may be configured to render only the mid and
high frequency components of audio content, while the
low frequency range playback device 200 renders the
low frequency component of the audio content. The con-
solidated playback device may further be paired with a
single playback device or yet another consolidated play-
back device.
[0035] By way of illustration, SONOS, Inc. presently
offers (or has offered) for sale certain playback devices
including a "PLAY:1," "PLAY:3," "PLAY:5," "PLAYBAR,"
"CONNECT:AMP," "CONNECT," and "SUB." Addition-
ally, it is understood that a playback device is not limited
to the example illustrated in Figure 2 or to the SONOS
product offerings. For example, a playback device may
include a wired or wireless headphone. In another exam-
ple, a playback device may include or interact with a dock-
ing station for personal mobile media playback devices.
In yet another example, a playback device may be inte-
gral to another device or component such as a television,
a lighting fixture, or some other device for indoor or out-
door use.

Example Playback Zone Configurations

[0036] Referring back to the media playback system
100 of Figure 1, the environment may have one or more
playback zones, each with one or more playback devices.
The media playback system 100 may be established with

one or more playback zones, after which one or more
zones may be added, or removed to arrive at the example
configuration shown in Figure 1. Each zone may be given
a name according to a different room or space such as
an office, bathroom, master bedroom, bedroom, kitchen,
dining room, living room, and/or balcony. In one case, a
single playback zone may include multiple rooms or
spaces. In another case, a single room or space may
include multiple playback zones.
[0037] As shown in Figure 1, the balcony, dining room,
kitchen, bathroom, office, and bedroom zones each have
one playback device, while the living room and master
bedroom zones each have multiple playback devices. In
the living room zone, playback devices 104, 106, 108,
and 110 may be configured to play audio content in syn-
chrony as individual playback devices, as one or more
bonded playback devices, as one or more consolidated
playback devices, or any combination thereof. Similarly,
in the case of the master bedroom, playback devices 122
and 124 may be configured to play audio content in syn-
chrony as individual playback devices, as a bonded play-
back device, or as a consolidated playback device.
[0038] In one example, one or more playback zones
in the environment of Figure 1 may each be playing dif-
ferent audio content. For instance, the user may be grill-
ing in the balcony zone and listening to hip hop music
being played by the playback device 102 while another
user may be preparing food in the kitchen zone and lis-
tening to classical music being played by the playback
device 114. In another example, a playback zone may
play the same audio content in synchrony with another
playback zone. For instance, the user may be in the office
zone where the playback device 118 is playing the same
rock music that is being playing by playback device 102
in the balcony zone. In such a case, playback devices
102 and 118 may be playing the rock music in synchrony
such that the user may seamlessly (or at least substan-
tially seamlessly) enjoy the audio content that is being
played out-loud while moving between different playback
zones. Synchronization among playback zones may be
achieved in a manner similar to that of synchronization
among playback devices, as described in previously ref-
erenced U.S. Patent No. 8,234,395.
[0039] As suggested above, the zone configurations
of the media playback system 100 may be dynamically
modified, and in some embodiments, the media playback
system 100 supports numerous configurations. For in-
stance, if a user physically moves one or more playback
devices to or from a zone, the media playback system
100 may be reconfigured to accommodate the change(s).
For instance, if the user physically moves the playback
device 102 from the balcony zone to the office zone, the
office zone may now include both the playback device
118 and the playback device 102. The playback device
102 may be paired or grouped with the office zone and/or
renamed if so desired via a control device such as the
control devices 126 and 128. On the other hand, if the
one or more playback devices are moved to a particular
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area in the home environment that is not already a play-
back zone, a new playback zone may be created for the
particular area.
[0040] Further, different playback zones of the media
playback system 100 may be dynamically combined into
zone groups or split up into individual playback zones.
For instance, the dining room zone and the kitchen zone
114 may be combined into a zone group for a dinner party
such that playback devices 112 and 114 may render au-
dio content in synchrony. On the other hand, the living
room zone may be split into a television zone including
playback device 104, and a listening zone including play-
back devices 106, 108, and 110, if the user wishes to
listen to music in the living room space while another
user wishes to watch television.

Example Control Devices

[0041] Figure 3 shows a functional block diagram of
an example control device 300 that may be configured
to be one or both of the control devices 126 and 128 of
the media playback system 100. As shown, the control
device 300 may include a processor 302, memory 304,
a network interface 306, a user interface 308, micro-
phone(s) 310, and software components 312. In one ex-
ample, the control device 300 may be a dedicated con-
troller for the media playback system 100. In another ex-
ample, the control device 300 may be a network device
on which media playback system controller application
software may be installed, such as for example, an
iPhone™, iPad™ or any other smart phone, tablet or net-
work device (e.g., a networked computer such as a PC
or Mac™).
[0042] The processor 302 may be configured to per-
form functions relevant to facilitating user access, control,
and configuration of the media playback system 100. The
memory 304 may be data storage that can be loaded
with one or more of the software components executable
by the processor 302 to perform those functions. The
memory 304 may also be configured to store the media
playback system controller application software and oth-
er data associated with the media playback system 100
and the user.
[0043] In one example, the network interface 306 may
be based on an industry standard (e.g., infrared, radio,
wired standards including IEEE 802.3, wireless stand-
ards including IEEE 802.11a, 802.11b, 802.11g,
802.11n, 802.11ac, 802.15, 4G mobile communication
standard, and so on). The network interface 306 may
provide a means for the control device 300 to communi-
cate with other devices in the media playback system
100. In one example, data and information (e.g., such as
a state variable) may be communicated between control
device 300 and other devices via the network interface
306. For instance, playback zone and zone group con-
figurations in the media playback system 100 may be
received by the control device 300 from a playback device
or another network device, or transmitted by the control

device 300 to another playback device or network device
via the network interface 306. In some cases, the other
network device may be another control device.
[0044] Playback device control commands such as
volume control and audio playback control may also be
communicated from the control device 300 to a playback
device via the network interface 306. As suggested
above, changes to configurations of the media playback
system 100 may also be performed by a user using the
control device 300. The configuration changes may in-
clude adding/removing one or more playback devices
to/from a zone, adding/removing one or more zones
to/from a zone group, forming a bonded or consolidated
player, separating one or more playback devices from a
bonded or consolidated player, among others. Accord-
ingly, the control device 300 may sometimes be referred
to as a controller, whether the control device 300 is a
dedicated controller or a network device on which media
playback system controller application software is in-
stalled.
[0045] Control device 300 may include microphone(s)
310. Microphone(s) 310 may be arranged to detect sound
in the environment of the control device 300. Micro-
phone(s) 310 may be any type of microphone now known
or later developed such as a condenser microphone,
electret condenser microphone, or a dynamic micro-
phone. The microphone(s) may be sensitive to a portion
of a frequency range. Two or more microphones 310 may
be arranged to capture location information of an audio
source (e.g., voice, audible sound) and/or to assist in
filtering background noise.
[0046] The user interface 308 of the control device 300
may be configured to facilitate user access and control
of the media playback system 100, by providing a con-
troller interface such as the controller interface 400
shown in Figure 4. The controller interface 400 includes
a playback control region 410, a playback zone region
420, a playback status region 430, a playback queue
region 440, and an audio content sources region 450.
The user interface 400 as shown is just one example of
a user interface that may be provided on a network device
such as the control device 300 of Figure 3 (and/or the
control devices 126 and 128 of Figure 1) and accessed
by users to control a media playback system such as the
media playback system 100. Other user interfaces of var-
ying formats, styles, and interactive sequences may al-
ternatively be implemented on one or more network de-
vices to provide comparable control access to a media
playback system.
[0047] The playback control region 410 may include
selectable (e.g., by way of touch or by using a cursor)
icons to cause playback devices in a selected playback
zone or zone group to play or pause, fast forward, rewind,
skip to next, skip to previous, enter/exit shuffle mode,
enter/exit repeat mode, enter/exit cross fade mode. The
playback control region 410 may also include selectable
icons to modify equalization settings, and playback vol-
ume, among other possibilities.
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[0048] The playback zone region 420 may include rep-
resentations of playback zones within the media play-
back system 100. In some embodiments, the graphical
representations of playback zones may be selectable to
bring up additional selectable icons to manage or con-
figure the playback zones in the media playback system,
such as a creation of bonded zones, creation of zone
groups, separation of zone groups, and renaming of zone
groups, among other possibilities.
[0049] For example, as shown, a "group" icon may be
provided within each of the graphical representations of
playback zones. The "group" icon provided within a
graphical representation of a particular zone may be se-
lectable to bring up options to select one or more other
zones in the media playback system to be grouped with
the particular zone. Once grouped, playback devices in
the zones that have been grouped with the particular
zone will be configured to play audio content in synchrony
with the playback device(s) in the particular zone. Anal-
ogously, a "group" icon may be provided within a graph-
ical representation of a zone group. In this case, the
"group" icon may be selectable to bring up options to
deselect one or more zones in the zone group to be re-
moved from the zone group. Other interactions and im-
plementations for grouping and ungrouping zones via a
user interface such as the user interface 400 are also
possible. The representations of playback zones in the
playback zone region 420 may be dynamically updated
as playback zone or zone group configurations are mod-
ified.
[0050] The playback status region 430 may include
graphical representations of audio content that is pres-
ently being played, previously played, or scheduled to
play next in the selected playback zone or zone group.
The selected playback zone or zone group may be vis-
ually distinguished on the user interface, such as within
the playback zone region 420 and/or the playback status
region 430. The graphical representations may include
track title, artist name, album name, album year, track
length, and other relevant information that may be useful
for the user to know when controlling the media playback
system via the user interface 400.
[0051] The playback queue region 440 may include
graphical representations of audio content in a playback
queue associated with the selected playback zone or
zone group. In some embodiments, each playback zone
or zone group may be associated with a playback queue
containing information corresponding to zero or more au-
dio items for playback by the playback zone or zone
group. For instance, each audio item in the playback
queue may comprise a uniform resource identifier (URI),
a uniform resource locator (URL) or some other identifier
that may be used by a playback device in the playback
zone or zone group to find and/or retrieve the audio item
from a local audio content source or a networked audio
content source, possibly for playback by the playback
device.
[0052] In one example, a playlist may be added to a

playback queue, in which case information correspond-
ing to each audio item in the playlist may be added to the
playback queue. In another example, audio items in a
playback queue may be saved as a playlist. In a further
example, a playback queue may be empty, or populated
but "not in use" when the playback zone or zone group
is playing continuously streaming audio content, such as
Internet radio that may continue to play until otherwise
stopped, rather than discrete audio items that have play-
back durations. In an alternative embodiment, a playback
queue can include Internet radio and/or other streaming
audio content items and be "in use" when the playback
zone or zone group is playing those items. Other exam-
ples are also possible.
[0053] When playback zones or zone groups are
"grouped" or "ungrouped," playback queues associated
with the affected playback zones or zone groups may be
cleared or re-associated. For example, if a first playback
zone including a first playback queue is grouped with a
second playback zone including a second playback
queue, the established zone group may have an associ-
ated playback queue that is initially empty, that contains
audio items from the first playback queue (such as if the
second playback zone was added to the first playback
zone), that contains audio items from the second play-
back queue (such as if the first playback zone was added
to the second playback zone), or a combination of audio
items from both the first and second playback queues.
Subsequently, if the established zone group is un-
grouped, the resulting first playback zone may be re-as-
sociated with the previous first playback queue, or be
associated with a new playback queue that is empty or
contains audio items from the playback queue associated
with the established zone group before the established
zone group was ungrouped. Similarly, the resulting sec-
ond playback zone may be re-associated with the previ-
ous second playback queue, or be associated with a new
playback queue that is empty, or contains audio items
from the playback queue associated with the established
zone group before the established zone group was un-
grouped. Other examples are also possible. Referring
back to the user interface 400 of Figure 4, the graphical
representations of audio content in the playback queue
region 440 may include track titles, artist names, track
lengths, and other relevant information associated with
the audio content in the playback queue. In one example,
graphical representations of audio content may be se-
lectable to bring up additional selectable icons to manage
and/or manipulate the playback queue and/or audio con-
tent represented in the playback queue. For instance, a
represented audio content may be removed from the
playback queue, moved to a different position within the
playback queue, or selected to be played immediately,
or after any currently playing audio content, among other
possibilities. A playback queue associated with a play-
back zone or zone group may be stored in a memory on
one or more playback devices in the playback zone or
zone group, on a playback device that is not in the play-
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back zone or zone group, and/or some other designated
device.
[0054] The audio content sources region 450 may in-
clude graphical representations of selectable audio con-
tent sources from which audio content may be retrieved
and played by the selected playback zone or zone group.
Discussions pertaining to audio content sources may be
found in the following section.

Example Audio Content Sources

[0055] As indicated previously, one or more playback
devices in a zone or zone group may be configured to
retrieve for playback audio content (e.g. according to a
corresponding URI or URL for the audio content) from a
variety of available audio content sources. In one exam-
ple, audio content may be retrieved by a playback device
directly from a corresponding audio content source (e.g.,
a line-in connection). In another example, audio content
may be provided to a playback device over a network via
one or more other playback devices or network devices.
[0056] Example audio content sources may include a
memory of one or more playback devices in a media play-
back system such as the media playback system 100 of
Figure 1, local music libraries on one or more network
devices (such as a control device, a network-enabled
personal computer, or a networked-attached storage
(NAS), for example), streaming audio services providing
audio content via the Internet (e.g., the cloud), or audio
sources connected to the media playback system via a
line-in input connection on a playback device or network
devise, among other possibilities. In some embodiments,
audio content sources may be regularly added or re-
moved from a media playback system such as the media
playback system 100 of Figure 1. In one example, an
indexing of audio items may be performed whenever one
or more audio content sources are added, removed or
updated. Indexing of audio items may involve scanning
for identifiable audio items in all folders/directory shared
over a network accessible by playback devices in the
media playback system, and generating or updating an
audio content database containing metadata (e.g., title,
artist, album, track length, among others) and other as-
sociated information, such as a URI or URL for each iden-
tifiable audio item found. Other examples for managing
and maintaining audio content sources may also be pos-
sible.
[0057] The above discussions relating to playback de-
vices, controller devices, playback zone configurations,
and media content sources provide only some examples
of operating environments within which functions and
methods described below may be implemented. Other
operating environments and configurations of media
playback systems, playback devices, and network devic-
es not explicitly described herein may also be applicable
and suitable for implementation of the functions and
methods.

Example Plurality of Networked Devices

[0058] Figure 5 shows an example plurality of devices
500 that may be configured to provide an audio playback
experience based on voice control. One having ordinary
skill in the art will appreciate that the devices shown in
Figure 5 are for illustrative purposes only, and variations
including different and/or additional devices may be pos-
sible. As shown, the plurality of devices 500 includes
computing devices 504, 506, and 508; network micro-
phone devices (NMDs) 512, 514, and 516; playback de-
vices (PBDs) 532, 534, 536, and 538; and a controller
device (CR) 522.
[0059] Each of the plurality of devices 500 may be net-
work-capable devices that can establish communication
with one or more other devices in the plurality of devices
according to one or more network protocols, such as
NFC, Bluetooth, Ethernet, and IEEE 802.11, among oth-
er examples, over one or more types of networks, such
as wide area networks (WAN), local area networks
(LAN), and personal area networks (PAN), among other
possibilities.
[0060] As shown, the computing devices 504, 506, and
508 may be part of a cloud network 502. The cloud net-
work 502 may include additional computing devices. In
one example, the computing devices 504, 506, and 508
may be different servers. In another example, two or more
of the computing devices 504, 506, and 508 may be mod-
ules of a single server. Analogously, each of the comput-
ing device 504, 506, and 508 may include one or more
modules or servers. For ease of illustration purposes
herein, each of the computing devices 504, 506, and 508
may be configured to perform particular functions within
the cloud network 502. For instance, computing device
508 may be a source of audio content for a streaming
music service.
[0061] As shown, the computing device 504 may be
configured to interface with NMDs 512, 514, and 516 via
communication path 542. NMDs 512, 514, and 516 may
be components of one or more "Smart Home" systems.
In one case, NMDs 512, 514, and 516 may be physically
distributed throughout a household, similar to the distri-
bution of devices shown in Figure 1. In another case, two
or more of the NMDs 512, 514, and 516 may be physically
positioned within relative close proximity of one another.
Communication path 542 may comprise one or more
types of networks, such as a WAN including the Internet,
LAN, and/or PAN, among other possibilities.
[0062] In one example, one or more of the NMDs 512,
514, and 516 may be devices configured primarily for
audio detection. In another example, one or more of the
NMDs 512, 514, and 516 may be components of devices
having various primary utilities. For instance, as dis-
cussed above in connection to Figures 2 and 3, one or
more of NMDs 512, 514, and 516 may be the micro-
phone(s) 220 of playback device 200 or the micro-
phone(s) 310 of network device 300. Further, in some
cases, one or more of NMDs 512, 514, and 516 may be
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the playback device 200 or network device 300. In an
example, one or more of NMDs 512, 514, and/or 516
may include multiple microphones arranged in a micro-
phone array.
[0063] As shown, the computing device 506 may be
configured to interface with CR 522 and PBDs 532, 534,
536, and 538 via communication path 544. In one exam-
ple, CR 522 may be a network device such as the network
device 200 of Figure 2. Accordingly, CR 522 may be con-
figured to provide the controller interface 400 of Figure
4. Similarly, PBDs 532, 534, 536, and 538 may be play-
back devices such as the playback device 300 of Figure
3. As such, PBDs 532, 534, 536, and 538 may be phys-
ically distributed throughout a household as shown in Fig-
ure 1. For illustration purposes, PBDs 536 and 538 may
be part of a bonded zone 530, while PBDs 532 and 534
may be part of their own respective zones. As described
above, the PBDs 532, 534, 536, and 538 may be dynam-
ically bonded, grouped, unbonded, and ungrouped.
Communication path 544 may comprise one or more
types of networks, such as a WAN including the Internet,
LAN, and/or PAN, among other possibilities.
[0064] In one example, as with NMDs 512, 514, and
516, CR522 and PBDs 532, 534, 536, and 538 may also
be components of one or more "Smart Home" systems.
In one case, PBDs 532, 534, 536, and 538 may be dis-
tributed throughout the same household as the NMDs
512, 514, and 516. Further, as suggested above, one or
more of PBDs 532, 534, 536, and 538 may be one or
more of NMDs 512, 514, and 516.
[0065] The NMDs 512, 514, and 516 may be part of a
local area network, and the communication path 542 may
include an access point that links the local area network
of the NMDs 512, 514, and 516 to the computing device
504 over a WAN (communication path not shown). Like-
wise, each of the NMDs 512, 514, and 516 may commu-
nicate with each other via such an access point.
[0066] Similarly, CR 522 and PBDs 532, 534, 536, and
538 may be part of a local area network and/or a local
playback network as discussed in previous sections, and
the communication path 544 may include an access point
that links the local area network and/or local playback
network of CR 522 and PBDs 532, 534, 536, and 538 to
the computing device 506 over a WAN. As such, each
of the CR 522 and PBDs 532, 534, 536, and 538 may
also communicate with each over such an access point.
[0067] In one example, communication paths 542 and
544 may comprise the same access point. In an example,
each of the NMDs 512, 514, and 516, CR 522, and PBDs
532, 534, 536, and 538 may access the cloud network
502 via the same access point for a household.
[0068] As shown in Figure 5, each of the NMDs 512,
514, and 516, CR 522, and PBDs 532, 534, 536, and 538
may also directly communicate with one or more of the
other devices via communication means 546. Commu-
nication means 546 as described herein may involve one
or more forms of communication between the devices,
according to one or more network protocols, over one or

more types of networks, and/or may involve communi-
cation via one or more other network devices. For in-
stance, communication means 546 may include one or
more of for example, Bluetooth™ (IEEE 802.15), NFC,
Wireless direct, and/or Proprietary wireless, among other
possibilities.
[0069] In one example, CR 522 may communicate with
NMD 512 over Bluetooth™, and communicate with PBD
534 over another local area network. In another example,
NMD 514 may communicate with CR 522 over another
local area network, and communicate with PBD 536 over
Bluetooth. In a further example, each of the PBDs 532,
534, 536, and 538 may communicate with each other
according to a spanning tree protocol over a local play-
back network, while each communicating with CR 522
over a local area network, different from the local play-
back network. Other examples are also possible.
[0070] In some cases, communication means between
the NMDs 512, 514, and 516, CR 522, and PBDs 532,
534, 536, and 538 may change depending on types of
communication between the devices, network condi-
tions, and/or latency demands. For instance, communi-
cation means 546 may be used when NMD 516 is first
introduced to the household with the PBDs 532, 534,
536, and 538. In one case, the NMD 516 may transmit
identification information corresponding to the NMD 516
to PBD 538 via NFC, and PBD 538 may in response,
transmit local area network information to NMD 516 via
NFC (or some other form of communication). However,
once NMD 516 has been configured within the house-
hold, communication means between NMD 516 and PBD
538 may change. For instance, NMD 516 may subse-
quently communicate with PBD 538 via communication
path 542, the cloud network 502, and communication
path 544. In another example, the NMDs and PBDs may
never communicate via local communications means
546. In a further example, the NMDs and PBDs may com-
municate primarily via local communications means 546.
Other examples are also possible.
[0071] In an illustrative example, NMDs 512, 514, and
516 may be configured to receive voice inputs to control
PBDs 532, 534, 536, and 538. The available control com-
mands may include any media playback system controls
previously discussed, such as playback volume control,
playback transport controls, music source selection, and
grouping, among other possibilities. In one instance,
NMD 512 may receive a voice input to control one or
more of the PBDs 532, 534, 536, and 538. In response
to receiving the voice input, NMD 512 may transmit via
communication path 542, the voice input to computing
device 504 for processing. In one example, the comput-
ing device 504 may convert the voice input to an equiv-
alent text command, and parse the text command to iden-
tify a command. Computing device 504 may then subse-
quently transmit the text command to the computing de-
vice 506. In another example, the computing device 504
may convert the voice input to an equivalent text com-
mand, and then subsequently transmit the text command
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to the computing device 506. The computing device 506
may then parse the text command to identify one or more
playback commands.
[0072] For instance, if the text command is "Play Track
1’ by ’Artist 1’ from ’Streaming Service 1’ in ’Zone 1’,"
The computing device 506 may identify (i) a URL for
"Track 1" by "Artist 1" available from "Streaming Service
1," and (ii) at least one playback device in "Zone 1." In
this example, the URL for "Track 1" by "Artist 1" from
"Streaming Service 1" may be a URL pointing to com-
puting device 508, and "Zone 1" may be the bonded zone
530. As such, upon identifying the URL and one or both
of PBDs 536 and 538, the computing device 506 may
transmit via communication path 544 to one or both of
PBDs 536 and 538, the identified URL for playback. One
or both of PBDs 536 and 538 may responsively retrieve
audio content from the computing device 508 according
to the received URL, and begin playing "Track 1" by "Artist
1" from "Streaming Service 1."
[0073] One having ordinary skill in the art will appreci-
ate that the above is just one illustrative example, and
that other implementations are also possible. In one
case, operations performed by one or more of the plurality
of devices 500, as described above, may be performed
by one or more other devices in the plurality of device
500. For instance, the conversion from voice input to the
text command may be alternatively, partially, or wholly
performed by another device or devices, such as NMD
512, computing device 506, PBD 536, and/or PBD 538.
Analogously, the identification of the URL may be alter-
natively, partially, or wholly performed by another device
or devices, such as NMD 512, computing device 504,
PBD 536, and/or PBD 538.

Example Network Microphone Device

[0074] Figure 6 shows a function block diagram of an
example network microphone device 600 that may be
configured to be one or more of NMDs 512, 514, and 516
of Figure 5. As shown, the network microphone device
600 includes a processor 602, memory 604, a micro-
phone array 606, a network interface 608, a user interface
610, software components 612, and speaker(s) 614. One
having ordinary skill in the art will appreciate that other
network microphone device configurations and arrange-
ments are also possible. For instance, network micro-
phone devices may alternatively exclude the speaker(s)
614 or have a single microphone instead of microphone
array 606.
[0075] The processor 602 may include one or more
processors and/or controllers, which may take the form
of a general or special-purpose processor or controller.
For instance, the processing unit 602 may include micro-
processors, microcontrollers, application-specific inte-
grated circuits, digital signal processors, and the like. The
memory 604 may be data storage that can be loaded
with one or more of the software components executable
by the processor 602 to perform those functions. Accord-

ingly, memory 604 may comprise one or more non-tran-
sitory computer-readable storage mediums, examples of
which may include volatile storage mediums such as ran-
dom access memory, registers, cache, etc. and non-vol-
atile storage mediums such as read-only memory, a
hard-disk drive, a solid-state drive, flash memory, and/or
an optical-storage device, among other possibilities.
[0076] The microphone array 606 may be a plurality of
microphones arranged to detect sound in the environ-
ment of the network microphone device 600. Microphone
array 606 may include any type of microphone now
known or later developed such as a condenser micro-
phone, electret condenser microphone, or a dynamic mi-
crophone, among other possibilities. In one example, the
microphone array may be arranged to detect audio from
one or more directions relative to the network microphone
device. The microphone array 606 may be sensitive to a
portion of a frequency range. In one example, a first sub-
set of the microphone array 606 may be sensitive to a
first frequency range, while a second subset of the mi-
crophone array may be sensitive to a second frequency
range. The microphone array 606 may further be ar-
ranged to capture location information of an audio source
(e.g., voice, audible sound) and/or to assist in filtering
background noise. Notably, in some embodiments the
microphone array may consist of only a single micro-
phone, rather than a plurality of microphones.
[0077] The network interface 608 may be configured
to facilitate wireless and/or wired communication be-
tween various network devices, such as, in reference to
Figure 5, CR 522, PBDs 532- 538, computing device
504-508 in cloud network 502, and other network micro-
phone devices, among other possibilities. As such, net-
work interface 608 may take any suitable form for carrying
out these functions, examples of which may include an
Ethernet interface, a serial bus interface (e.g., FireWire,
USB 2.0, etc.), a chipset and antenna adapted to facilitate
wireless communication, and/or any other interface that
provides for wired and/or wireless communication. In one
example, the network interface 608 may be based on an
industry standard (e.g., infrared, radio, wired standards
including IEEE 802.3, wireless standards including IEEE
802.11a, 802.11b, 802.11g, 802.11n, 802.11ac, 802.15,
4G mobile communication standard, and so on).
[0078] The user interface 610 of the network micro-
phone device 600 may be configured to facilitate user
interactions with the network microphone device. In one
example, the user interface 608 may include one or more
of physical buttons, graphical interfaces provided on
touch sensitive screen(s) and/or surface(s), among other
possibilities, for a user to directly provide input to the
network microphone device 600. The user interface 610
may further include one or more of lights and the speak-
er(s) 614 to provide visual and/or audio feedback to a
user. In one example, the network microphone device
600 may further be configured to playback audio content
via the speaker(s) 614.
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Example Systems

[0079] Rooms have certain acoustics which define
how sound travels within the room. The acoustics may
be defined by a size and a shape of a room and objects
in a room. For example, angles of walls with respect to
a ceiling affect how sound reflects off the wall and the
ceiling. As another example, position of furniture in the
room affects how the sound travels in the room. The
acoustics may also be defined by a type of surface in the
room. Hard surfaces in the room may reflect sound
whereas soft surfaces may absorb sound.
[0080] Embodiments described herein involve deter-
mining a room response by applying a mapping to a mi-
crophone location response of a room. The room may
be an environment in which the playback device is locat-
ed. The room could have one or more playback devices
which play audio sound such as music. The microphone
location response may be an acoustic response of a room
at a fixed location in the room and the room response
may be based on an acoustic response of the room over
one or more spatial locations that may or may not include
the fixed location associated with the microphone loca-
tion response. In examples, the microphone location re-
sponse may be based on a location of a microphone on
or proximate to a playback device and the room response
may be an acoustic response based on acoustic respons-
es at various spatial locations in the room, e.g., an overall
or average acoustic response of the room. The room re-
sponse may be used to adjust audio output by the play-
back device so as to calibrate the playback device for an
improved listening experience in the room.
[0081] In one example, calibration of a playback device
may be initiated when the playback device is being set
up for the first time in the room or if the playback device
has been moved to a new location. For instance, if the
playback device is moved to a new location, calibration
of the playback device may be initiated based on a de-
tection of the movement (i.e. via a global positioning sys-
tem (GPS), one or more accelerometers, or wireless sig-
nal strength variations, among others), or based on a
user input to indicating that the playback device has
moved to a new location (i.e. a change in playback zone
name associated with the playback device).
[0082] In another example, calibration of the playback
device may be initiated via a controller device. For in-
stance, a user may access a controller interface for the
playback device to initiate calibration of the playback de-
vice. In one case, the user may access the controller
interface, and select the playback device (or a group of
playback devices that includes the playback device) for
calibration. In some cases, a calibration interface may
be provided as part of a playback device controller inter-
face to allow a user to initiate playback device calibration.
Other examples are also possible.
[0083] Figure 7 illustrates an example room 700 in
which the microphone location response and room re-
sponse may be determined. The room 700 may have an

audio playback device 702 capable of outputting one or
more audio content. In one example, the audio content
may be predefined spectral content such as one or more
tones. In another example, the audio content may be
predefined spectral content such as music. In either case,
audio content may have frequencies substantially cov-
ering a renderable frequency range of the playback de-
vice, a detectable frequency range of the microphone,
and/or an audible frequency range for an average hu-
man.
[0084] The audio playback device 702 may have one
or more microphones 704. The microphone 704 may be
fixed in location. For example, the microphone may be
co-located in or on the playback device or be co-located
in or on an NMD proximate to the playback device. Ad-
ditionally, the one or more microphones may be oriented
in one or more directions. The one or more microphones
may detect an indication of audio content output by the
audio playback device 702 in the one or more directions.
The detected audio at the fixed location may be used to
determine the microphone location response of the room.
[0085] A room response differs from the microphone
location response in that the room response may be
based on detecting an indication of the audio content
output by the playback device at a spatial location differ-
ent from that of the spatial location of the microphone
704 associated with the microphone location response.
For example, the room response may be determined
based on acoustic responses of the room at various spa-
tial locations 706 in the room 700. A controller device
might be used to detect the one or more audio tones
output by the playback device at the plurality of positions
706. For example, the controller device may be physically
moved to each of positions 706 in the room 700 and the
microphone of the controller device may detect the indi-
cation of the audio content played back by the audio play-
back device. Additionally, or alternatively, the audio play-
back device may have a remote microphone which may
be moveable to the different positions 706 to detect the
indication of the audio content in a manner similar to that
of the controller device. The detected audio at the plurality
of locations 706 may be used to determine the room re-
sponse for the room 700. Still additionally or alternatively,
an NMD may be moved to various locations in the room
to detect the indication of the audio content. Additionally,
or alternatively, a plurality of NMDs fixed at various loca-
tions in the room may be used to detect the indication of
the audio content.
[0086] Figures 8-10 present embodiments that can be
implemented within the disclosed operating environ-
ment. Methods and the other process disclosed herein
may include one or more operations, functions, or ac-
tions. Although the blocks are illustrated in sequential
order, these blocks may also be performed in parallel,
and/or in a different order than those described herein.
Also, the various blocks may be combined into fewer
blocks, divided into additional blocks, and/or removed
based upon the desired implementation.
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[0087] In addition, for the methods and other process-
es and methods disclosed herein, the flowchart shows
functionality and operation of one possible implementa-
tion of present embodiments. In this regard, each block
may represent a module, a segment, or a portion of pro-
gram code, which includes one or more instructions ex-
ecutable by a processor for implementing specific logical
functions or steps in the process. The program code may
be stored on any type of computer readable medium, for
example, such as a storage device including a disk or
hard drive. The computer readable medium may include
non-transitory computer readable medium, for example,
such as computer-readable media that stores data for
short periods of time like register memory, processor
cache and Random Access Memory (RAM). The com-
puter readable medium may also include non-transitory
media, such as secondary or persistent long term stor-
age, like read only memory (ROM), optical or magnetic
disks, compact-disc read only memory (CD-ROM), for
example. The computer readable media may also be any
other volatile or non-volatile storage systems. The com-
puter readable medium may be considered a computer
readable storage medium, for example, or a tangible stor-
age device. In addition, each block in the figures may
represent circuitry that is wired to perform the specific
logical functions in the process.
[0088] Figure 8 is a flow chart 800 of functions asso-
ciated with determining a mapping between acoustic re-
sponses, specifically a mapping from a microphone lo-
cation response to a room response, which may be used
to calibrate a playback device in a room to improve a
listening experience in the room.
[0089] A playback device playing audio content may
facilitate determining this mapping. At 802, the playback
device may output audio content. The audio content may
be a prerecorded or a generated audio tone with a spec-
ified spectral density. At 804, an indication of the audio
content may be detected. At 806, a microphone location
response is determined based on the indication. At 808,
a room response is determined based on the indication.
At 810, a mapping may be determined between the mi-
crophone location response and the room response. This
process may be repeated for a plurality of rooms to gen-
erate a set of room responses and a set of microphone
location responses (e.g., sets of historical responses).
The set of room responses and the set of microphone
location responses may be used to determine a set of
mappings.
[0090] The functions of the example process shown in
Figure 8 will now be described in further detail.
[0091] Starting at 802, the playback device may output
audio content. The audio content may take a variety of
forms. For example, the audio content may be one or
more audio tones with a predefined frequency spectrum.
As another example, the audio content may be music
with a predefined frequency spectrum. The audio content
that is output may be stored as an audio file on the play-
back device, stored on another playback device, stored

on the controller device, and/or stored on a computing
device such as a server. In this regard, the playback de-
vice may retrieve this audio file and output the audio con-
tent. The playback device may have one or more audio
speakers which are oriented in one or more directions.
The playback device may output this audio in the one or
more directions within the room using the one or more
speakers.
[0092] At 804, an indication of the audio content may
be detected. For example, one or more microphones of
a controller device oriented in the same or different di-
rection may receive an indication of the audio content
being played. In another example, one or more wired or
wireless microphone of the audio playback device orient-
ed in the same or different direction may receive the in-
dication of the audio content. In yet another example,
one or more microphones of an NMD oriented in the same
or different direction may receive the indication of the
audio content. The detected indication at the audio play-
back device, controller device, or NMD may be stored as
an audio file on the audio playback device, controller de-
vice, and/or computing device.
[0093] At 806, a microphone location response may
be determined. The microphone location response may
be an acoustic response of the room based on the de-
tected indication of audio content at a fixed location in
the room. The fixed location may be at the one or more
microphone located or proximate to the audio playback
device, but could also be at the microphone of an NMD
or a controller device proximate to the playback device.
[0094] The microphone location response may be rep-
resented as a spectral response, spatial response, or
temporal response, among others. The spectral re-
sponse may be an indication of how volume of audio
sound captured by the microphone varies with frequency
within the room. A power spectral density is an example
representation of the spectral response. The spatial re-
sponse may indicate how the volume of the audio sound
captured by the microphone varies with direction and/or
spatial position in the room. The temporal response may
be an indication of how audio sound played by the play-
back device, e.g., an impulse sound or tone played by
the playback device, changes within the room. The
change may be characterized as a reverberation, delay,
decay, or phase change of the audio sound. The spatial
response and temporal responses may be represented
as averages in some instances. Additionally, or alterna-
tively, the microphone location response may be repre-
sented as a set of impulse responses or bi-quad filter
coefficients representative of the acoustic response,
among others.
[0095] At 808, a room response may be determined.
The room response may be an acoustic response of the
room based on the detected indication of audio content
at a spatial location different from the one or more micro-
phones used to determine the microphone location re-
sponse. The indication may be detected by one or more
microphones of the playback device, controller device,

25 26 



EP 3 232 690 B1

15

5

10

15

20

25

30

35

40

45

50

55

or NMD. In other examples, the room response may be
an acoustic response of the room based on the indication
of audio content detected at a plurality of locations in the
room. A microphone may be on the controller device
which is moved to various spatial positions within the
room to detect an indication of the audio content being
played. In another example, the microphone may be a
wired or wireless microphone of the audio playback de-
vice which can be moved to various spatial locations in
the room to detect the indication of the audio content. In
yet another example, the microphone may be an NMD
which can be moved to various spatial locations in the
room to detect the indication of audio content. In another
example, one or more NMD situated in various locations
in the room may detect the indication of the audio content.
[0096] The room response may be represented as a
spectral response, spatial response, or temporal re-
sponse, among others. The spectral response may be
an indication of how volume of audio sound captured by
the microphone varies with frequency within the room. A
power spectral density is an example representation of
the spectral response. The spatial response may indicate
how the volume of the audio sound captured by the mi-
crophone varies with direction and/or spatial position in
the room. The temporal response may be an indication
of how audio sound played by the playback device, e.g.,
an impulse sound or tone played by the playback device,
changes within the room. The change may be character-
ized as a reverberation, delay, decay, or phase change
of the audio sound. The spatial response and temporal
responses may be represented as room averages in
some instances. Additionally, or alternatively, the room
response may be represented as a set of impulse re-
sponses or bi-quad filter coefficients representative of
the acoustic response, among others.
[0097] At 810, a mapping may be calculated between
the microphone location response and the room re-
sponse. The microphone location response and room
response are related because they were both determined
based on the same audio content played by the playback
device. The mapping may define a permutation from the
microphone location response to the room response. For
example, the mapping might be a difference between the
room response and the microphone location response.
This difference might be represented as a vector of dif-
ferences having a length equal to a length of the micro-
phone location response and room response. For exam-
ple, if the response is a spectral response, then the mi-
crophone location response and the room response may
be subtracted for each frequency bin of the spectral re-
sponse to determine the mapping. If the number of fre-
quency bins are represented by 16 bits, then the length
of the vector of differences may also be 16 bits.
[0098] As yet another example, the mapping might be
a mathematical function that defines a correlation be-
tween a microphone location response and a room re-
sponse. The mathematical function may enable calculat-
ing the microphone location response from a room re-

sponse and vice versa. For example, the mathematical
function may be a set of coefficients that defines mapping
between the room response and the microphone location
response. By defining the mapping in terms of a function,
a vector of data, such as a vector of differences, need
not be stored, thus reducing storage requirements.
[0099] The mapping process might be performed by
the playback device, NMD, and/or controller device. Al-
ternatively, the mapping process might be "cloud-based"
and performed by the computing device. Still alternative-
ly, the mapping process might be performed performed
"offline" with human intervention. The mapping might be
stored by one or more of the computing device, playback
device, and/or controller device.
[0100] This process of determining a room response
and microphone location response may be repeated for
a plurality of playback devices in a plurality of rooms with
different acoustic characteristics to define a set of room
responses and a set of microphone location responses
which are stored in a database on the audio playback
device, controller device, and/or computing device. The
set of room responses and the set of microphone re-
sponses may be "historical" because they relate to re-
sponses determined for rooms with various types of
acoustic characteristics previously determined and
stored in the database. The set of room responses and
the set of microphone responses may be for one or more
rooms different from where the playback device to be
calibrated is located. Accordingly, the set of room re-
sponses and the set of microphone responses may also
be referred to herein as a set of historical microphone
location responses and a set of historical room respons-
es.
[0101] Additionally, a set of mapping may be deter-
mined based on the set of room responses and associ-
ated set of microphone location responses. The set of
mapping may take the form of vectors of data. Alterna-
tively, the set of mappings may take the form of a multi-
dimensional function. The multi-dimensional function
may define respective functions for mapping each micro-
phone location response of the set of microphone loca-
tion responses to a corresponding room response of the
set of room responses. Other arrangements are also pos-
sible.
[0102] The mapping may be used to determine an ap-
proximation of a room response for a room in which an
audio playback device is located without needing to de-
tect an indication of audio content at a spatial location
different from a location where a microphone location
response is determined in the room.
[0103] Figure 9 is a flow chart 900 of functions that may
be performed for determining a room response for a play-
back device in the room in accordance with embodi-
ments. At 902, an indication of first audio content is re-
ceived. The playback device may play the first audio con-
tent, e.g., one or more tones or music, and the playback
device may receive the indication of the audio content
using its one or more microphones. At 904, a first acoustic
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response may be determined. The first acoustic re-
sponse may be a microphone location response for a
room in which a playback device is located based on the
indication.
[0104] At 906, a room mapping may be determined.
The room may be one in which the playback device might
not have been played in before and accordingly the room
response is not known. The room mapping based on the
microphone location response and the set of mappings
determined in Figure 8. The room mapping, unlike the
mappings in the set of mappings, may be specific to the
room in which the playback device is located. At 908, the
room mapping may be applied to the microphone location
response to determine a second acoustic response, e.g.,
room response for the room in which the playback device
is located. At 910, an audio processing algorithm deter-
mined based on the second acoustic response may be
applied to second audio content played by the playback
device to adjust the audio content played by the playback
device. The second audio content may be music or a
song. In some examples, the first audio content and the
second audio content may be different positions in a
same song.
[0105] Figure 10 is a flow chart 1000 of functions that
describes in more detail the functions recited in Figure 9
that may be performed for determining a room response
for a playback device in the room.
[0106] Referring to Figure 10, at 1002, a microphone
location response for the playback device in the room
may be determined. Similar to the process described
above, a playback device placed in a room may play back
audio content. The audio content played back by the play-
back device may be known audio content such as a tone
or plurality of tones with a defined spectral density or
predefined music. The playback device may have one or
more microphones. The one or more microphones may
receive an indication of the audio content played by the
playback device and detect the indication of the audio
content. The detected audio content may be stored on
the playback device, another playback device in the me-
dia playback system, the computing device, and/or the
controller device as an audio file. The detected audio
content may be used to determine the microphone loca-
tion response. The microphone location response may
be an acoustic response that takes the form a spectral
response, a spatial response, or a temporal response.
The microphone location response may be stored as a
digital file, a power spectral density, an impulse re-
sponse, a bi-quad filter, or some other representation
appropriate for the microphone location response.
[0107] A device, e.g., playback device, controller de-
vice, and/or cloud based computing device, in the media
playback system may then use the microphone location
response to determine an approximation of the room re-
sponse based on the set of mappings determined from
the set of microphone location responses and the set of
room responses determined in Figure 8.
[0108] At 1004, a distance is determined between the

microphone location response and a microphone loca-
tion response in the set of microphone location respons-
es. For example, each distance that is calculated may
be between the microphone location response deter-
mined at 1002 and a microphone location response in
the set of microphone location responses. This calcula-
tion results in a vector of distances based on the set of
microphone location responses or a subset of the set of
microphone location responses. The distance may be
any type of multidimensional distance metric which may
include, for example, a clustering algorithm such as K-
means or a classification algorithm such as a support
vector machine (SVM).
[0109] At 1006, a weighting may be determined based
on the distance. In one example, each weighting may be
an inverse to a distance or an inverse of a squared dis-
tance such that a vector of weightings of length equal to
the distance vector may be calculated. In another exam-
ple, each weighing may be based on an acoustic config-
uration of the playback device. A state variable may be
defined a user during an initialization of the playback de-
vice or set by the controller device in some instances.
The state variable might indicate, for example, that the
playback device is on a floor, on a shelf, in a cabinet.
Additionally, the state variable may indicate an orienta-
tion of the playback device. The playback device may be
defined by a housing with a long side and a short side.
The orientation may indicate whether the playback de-
vice is resting on its long side (i.e., horizontal orientation)
or short side (i.e., vertical orientation), or some orienta-
tion between horizontal and vertical. Still additionally, a
state variable might indicate, for example, that the play-
back device is in a stereo pair, playing audio alone, or in
a particular position in a home theater such as a sub-
woofer or rear speaker. The weighting may be based on
the acoustic configuration.
[0110] At 1008, the weighting is then applied to each
of the mappings of the set of mappings or each of the
functions of mappings determined from the set of micro-
phone location response and the set of room response
determined in Figure 8. In one example, the weighting
may be applied evenly across the mappings. In this re-
gard, if the weighing vector is based on an inverse of the
distance, then the weighting vector may be multiplied to
the mapping to result in a set of mappings which are
weighted in favor of historical microphone location re-
sponses which are most similar to the microphone loca-
tion response. In another example, the weighting may
vary across the mappings. For instance, the weighing
may vary with respect to frequency. The variation may
be continuous or a step function in which case certain
frequency spectrums might be weighed more heavily or
less heavily than other frequency spectrums. Additional-
ly, or alternatively, an a priori weighing might be used.
For example, certain microphone location responses in
the set of microphone location responses may be more
common than other microphone location responses be-
cause they are representative of typical rooms with typ-
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ical acoustic characteristics. Those mappings in the set
of mappings associated with the more common micro-
phone location responses may be weighted more heavily
than those responses associated with the less common
microphone location responses.
[0111] In other embodiments, a weighting might not be
applied to the mapping and instead a closest microphone
location response in the set of microphone location re-
sponses may be found to the microphone location re-
sponse determined at 1002. The closest may be that hav-
ing a smallest distance of the distances determined at
1004. The room response in the set of room responses
corresponding to the closest microphone location re-
sponse may be used as the approximation of the room
response.
[0112] At 1010, the weighted mappings may be com-
bined, e.g., summed and/or multiplied, to yield a room
mapping. The room mapping may define a relationship
between the microphone location response for the room
and an approximation of the room response for the room.
[0113] At 1012, the room mapping may be applied to
the microphone location response determined at 1002
to determine an approximation of the room response.
The approximation of the room response may be repre-
sented as impulse response. For example, if the set of
mappings is based on a difference between a room re-
sponse and a microphone location response of the sets,
then the approximation to the room response may be
calculated by summing the weighted mappings and add-
ing the summed weighted mappings to the microphone
location response. Accordingly, a room response may
be determined without having to actually detect audio
played back by the audio playback device at a spatial
location in the room different from where the microphone
location response was determined.
[0114] The playback device may have a plurality of mi-
crophones. In one example, the indication of audio con-
tent from each microphone may be combined to form a
single indication prior to determining the microphone lo-
cation response. Then, a room response is determined
in accordance with functions 1002 to 1012. In another
example, a microphone location response may be deter-
mined for each microphone. Then, a room response may
be determined for each microphone location response.
In this embodiment, each of the room responses for each
microphone may be combined, e.g., averaged, to yield
a better approximation of the room response. This room
response may be statistically better by a square root of
the number of microphones used to determine the room
response.
[0115] The approximation of the room response may
be further corrected. For example, the correction may be
a speaker equalization, a microphone equalization, con-
tent equalization. The correction may also be corrected
based on placement of the playback device. Additionally,
the room response may be inverted, weighted, capped,
or normalized. Other arrangements are also possible.
[0116] At 1014, an audio processing algorithm may be

identified based on the approximated room response. In
one example, the audio processing algorithm may be se-
lected from a database of audio processing algorithms.
In another example, the audio processing algorithm may
be dynamically computed. The audio processing algo-
rithm may take the form of a filter or equalization to adjust
an acoustic response of the audio playback device in the
room being calibrated. This filter or equalization may be
applied to the audio content played by the playback de-
vice until such time that the filter or equalization is
changed or is no longer valid for the room.
[0117] The filter or equalization may be applied by the
playback device. Alternatively, the filter or equalization
may be applied by another playback device, the server,
and/or the controller device which then provides the proc-
essed audio content to the playback device for output via
a communication network. Other arrangements are also
possible.
[0118] In some embodiments, a user of the playback
device may be allowed to accept or reject the calibration
determined in accordance with Figure 9 and 10. This in-
dication may be presented on a graphical display of the
playback device or controller device, for instance.
[0119] Figure 11 illustrates an example of this graphi-
cal display 1100. The graphical display may indicate that
the calibration is complete. A user may also be requested
to indicate a "yes" to apply the calibration (e.g., the de-
termined audio processing algorithm) to playback of au-
dio content by the playback device or "no" to not use the
calibration. The user may respond to the indication by
selecting a desired action. If the calibration is rejected,
then the user may also be prompted to perform another
calibration process. As an example, this calibration may
involve the playback device outputting audio content, the
user "walking" the room with a microphone, such as on
the controller device, and detecting an indication of the
audio content output at different spatial locations in the
room, for example as described in U.S. Patent Applica-
tion Serial No. 14/481,511. This process may result in
determining the room response which is then used to
calibrate the playback device.
[0120] Further, the microphone on the playback device
might also detect the audio output by the playback device
when the room response is being determined. In this re-
gard, both the microphone location response and room
response may be determined by this alternative calibra-
tion and provided to the network device that hosts the
set of microphone location responses and the set of room
responses. The microphone location response and room
response may be added to the set of historical micro-
phone location responses and the set of historical room
responses. A mapping may be determined for the micro-
phone location response and room response which can
be added to the set of mappings and used to improve
the determination of a room response based on the mi-
crophone location response.
[0121] Additionally, the room response determined as
a result of walking the microphone could be used to adjust
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the mapping from a microphone location response to the
room response. For example, the rejected approximation
of the room response (as a result of the rejected calibra-
tion) may be correlated to the room response that was
determined as a result of walking the microphone. Based
on the correlation, the mapping from the microphone re-
sponse to the rejected approximation to of room re-
sponse may be adjusted so as to improve subsequent
calibrations of the playback device. The room response
determined as a result of walking the microphone may
be used in other ways as well.
[0122] In some embodiments described above, the
playback device is described as having one or more mi-
crophones for determining the microphone location re-
sponse. Instead of the playback device being used to
determine the microphone location response, the con-
troller device might alternatively or additionally be used.
For example, the playback device may play the audio
tones but the controller device may capture the audio
sound for purposes of determining the microphone loca-
tion response. The controller device may be stationary
during this process, and in some instances, could be lo-
cated proximate to the playback device.
[0123] Further, a number of test tones used in to de-
termine the microphone location response might be less
than that which would be used if the playback device was
determining the microphone location response. By using
less tones, the time to determine the microphone location
response may be reduced. The controller device may
determine the room response itself based on the detect-
ed audio or pass the detected audio to the playback de-
vice or the computing device to determine the room re-
sponse. Other arrangements are also possible.
[0124] As another example, both the controller device
and the playback device may be used to determine the
room response. The controller device and the playback
device may each have one or more microphones. A mi-
crophone location response may be determined by one
or more controller devices and one or more playback
devices in the room. Each microphone location response
may be used to determine a corresponding approxima-
tion to the room response. The approximations of the
room responses may then be combined. This way an
accuracy of the room response may be improved similar
to how the plurality of microphones on the playback de-
vice improves the determination of the room response.
[0125] Methods and the other process disclosed here-
in may include one or more operations, functions, or ac-
tions. Although the blocks are illustrated in sequential
order, these blocks may also be performed in parallel,
and/or in a different order than those described herein.
Also, the various blocks may be combined into fewer
blocks, divided into additional blocks, and/or removed
based upon the desired implementation.
[0126] In addition, for the methods and other process-
es and methods disclosed herein, the flowchart shows
functionality and operation of one possible implementa-
tion of present embodiments. In this regard, each block

may represent a module, a segment, or a portion of pro-
gram code, which includes one or more instructions ex-
ecutable by a processor for implementing specific logical
functions or steps in the process. The program code may
be stored on any type of computer readable medium, for
example, such as a storage device including a disk or
hard drive. The computer readable medium may include
non-transitory computer readable medium, for example,
such as computer-readable media that stores data for
short periods of time like register memory, processor
cache and Random Access Memory (RAM). The com-
puter readable medium may also include non-transitory
media, such as secondary or persistent long term stor-
age, like read only memory (ROM), optical or magnetic
disks, compact-disc read only memory (CD-ROM), for
example. The computer readable media may also be any
other volatile or non-volatile storage systems. The com-
puter readable medium may be considered a computer
readable storage medium, for example, or a tangible stor-
age device. In addition, each block in the figures may
represent circuitry that is wired to perform the specific
logical functions in the process.

Conclusion

[0127] The description above discloses, among other
things, various example systems, methods, apparatus,
and articles of manufacture including, among other com-
ponents, firmware and/or software executed on hard-
ware. It is understood that such examples are merely
illustrative and should not be considered as limiting. For
example, it is contemplated that any or all of the firmware,
hardware, and/or software aspects or components can
be embodied exclusively in hardware, exclusively in soft-
ware, exclusively in firmware, or in any combination of
hardware, software, and/or firmware. Accordingly, the
examples provided are not the only way(s) to implement
such systems, methods, apparatus, and/or articles of
manufacture.
[0128] The specification is presented largely in terms
of illustrative environments, systems, procedures, steps,
logic blocks, processing, and other symbolic represen-
tations that directly or indirectly resemble the operations
of data processing devices coupled to networks. These
process descriptions and representations are typically
used by those skilled in the art to most effectively convey
the substance of their work to others skilled in the art.
Numerous specific details are set forth to provide a thor-
ough understanding of the present disclosure. However,
it is understood to those skilled in the art that certain
embodiments of the present disclosure can be practiced
without certain, specific details. In other instances, well
known methods, procedures, components, and circuitry
have not been described in detail to avoid unnecessarily
obscuring aspects of the embodiments. Accordingly, the
scope of the present disclosure is defined by the append-
ed claims rather than the forgoing description of embod-
iments.
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[0129] When any of the appended claims are read to
cover a purely software and/or firmware implementation,
at least one of the elements in at least one example is
hereby expressly defined to include a tangible, non-tran-
sitory medium such as a memory, DVD, CD, Blu-ray, and
so on, storing the software and/or firmware.

Claims

1. A method (800, 900, 1000) comprising:

outputting (802) first audio content by a speaker
of an audio playback device;
receiving (902) an indication of the output first
audio content by a microphone of the audio play-
back device;
determining (904, 1002) a first acoustic re-
sponse of a room comprising a microphone lo-
cation response, wherein the audio playback de-
vice is located in the room, wherein the deter-
mination is based on the received indication of
the output first audio content by the microphone;
applying (908) a mapping to the microphone lo-
cation response to determine a second acoustic
response of the room in which the audio play-
back device is located, wherein the mapping is
determined based on a set of room responses
and an associated set of microphone location
responses, wherein each room response is an
acoustic response of the room based on the in-
dication of audio content detected at one or more
spatial locations in the room, wherein the second
acoustic response is indicative of an approxi-
mated acoustic response of the room at a spatial
location different from a spatial location of the
microphone; and
adjusting (910), based on the second acoustic
response, audio content output by the speaker.

2. The method of claim 1, wherein the mapping is de-
fined by a set of microphone location responses and
a set of second acoustic responses; wherein a re-
sponse of the set of microphone location responses
is an acoustic response of a given room at a fixed
location and the set of second acoustic responses
is based on acoustic responses at a plurality of spa-
tial locations different from the fixed location in the
given room, and wherein the mapping maps each
one of the responses of the set of microphone loca-
tion responses to a corresponding, respective one
of the responses of the set of second acoustic re-
sponses.

3. The method of claim 2, wherein the first acoustic
response is one of (i) a spectral response indicating
how a volume of the first audio content received by
the microphone varies with frequency, (ii) a spatial

response indicating how the volume of the first audio
content received by the microphone varies with a
direction and/or the spatial location in the room, and
(iii) a temporal response indicating how the first audio
content changes within the room with respect to a
reverberation, a delay, a decay or a phase of the first
audio content, wherein the second acoustic re-
sponse is one of a said spectral response, a said
spatial response and a said temporal response, and
wherein the mapping is a difference between a re-
sponse of the set of first acoustic responses and a
corresponding, respective response of the set of sec-
ond acoustic responses.

4. The method of claim 2, wherein applying the map-
ping comprises determining (1004) a distance metric
between the first acoustic response and a response
of each of the set of first acoustic responses, wherein
the distance metric includes a clustering algorithm
or a classification algorithm.

5. The method of claim 4, wherein the distances are
used to create weightings that are inverse to a dis-
tance or to a squared distance between the first
acoustic response and a particular response of the
set of first acoustic responses.

6. The method of claim 5, wherein the mapping corre-
sponds to a sum of the weighted set of first acoustic
responses.

7. The method of any of claims 5-6 wherein the weight-
ings are based on an acoustic configuration of the
audio playback device.

8. The method of any preceding claim, further compris-
ing storing the first acoustic response on a server in
communication with the audio playback device.

9. The method of any preceding claim, wherein apply-
ing the mapping comprises sending the first acoustic
response to a remote server in communication with
the audio playback device and receiving the second
acoustic response from the remote server.

10. The method of claim 9, in combination with claim 2,
wherein the set of first acoustic responses and the
set of second acoustic responses and mappings be-
tween a plurality of rooms are stored in a database,
wherein the second acoustic response received from
the remote server is obtained from the database.

11. The method of any preceding claim, wherein the first
audio content and the adjusted audio content are
different portions of a same song.

12. A computer readable storage medium including in-
structions for execution by a processor, the instruc-

35 36 



EP 3 232 690 B1

20

5

10

15

20

25

30

35

40

45

50

55

tions, when executed, cause the processor to imple-
ment a method according to any preceding claim.

13. An audio playback device (200, 532, 534, 536, 538,
702) comprising:

a microphone (220, 704);
a speaker (212);
a processor (202) comprising instructions,
which when executed, cause the processor to
perform a method according to one of claims 1
to 11.

Patentansprüche

1. Verfahren (800, 900, 1000) umfassend:

Ausgeben (802) eines ersten Toninhalts durch
einen Lautsprecher einer Tonwiedergabevor-
richtung;
Empfangen (902) einer Angabe des ausgege-
benen ersten Toninhalts durch ein Mikrofon der
Tonwiedergabevorrichtung;
Bestimmen (904, 1002) einer ersten akusti-
schen Antwort eines Raums, die eine Mikrofon-
standortantwort umfasst, wobei die Tonwieder-
gabevorrichtung in dem Raum angeordnet ist,
wobei die Bestimmung auf der empfangenen
Angabe des ausgegebenen ersten Toninhalts
durch das Mikrofon basiert;
Anwenden (908) einer Zuordnung zu der Mikro-
fonstandortantwort, um eine zweite akustische
Antwort des Raums zu bestimmen, in dem die
Tonwiedergabevorrichtung angeordnet ist, wo-
bei die Zuordnung basierend auf einem Satz von
Raumantworten und einem zugehörigen Satz
von Mikrofonstandortantworten bestimmt wird,
wobei jede Raumantwort eine akustische Ant-
wort des Raums basierend auf der Angabe von
Toninhalt ist, der an einem oder mehreren räum-
lichen Standorten im Raum erfasst wurde, wo-
bei die zweite akustische Antwort eine angenä-
herte akustische Antwort des Raums an einem
von einem räumlichen Standort des Mikrofons
verschiedenen räumlichen Standort angibt; und
Anpassen (910) eines vom Lautsprecher aus-
gegebenen Toninhalts basierend auf der zwei-
ten akustischen Antwort.

2. Verfahren nach Anspruch 1, wobei die Zuordnung
durch einen Satz von Mikrofonstandortantworten
und einen Satz zweiter akustischer Antworten defi-
niert ist; wobei eine Antwort des Satzes von Mikro-
fonstandortantworten eine akustische Antwort eines
gegebenen Raums an einem festen Standort ist und
der Satz zweiter akustischer Antworten auf akusti-
schen Antworten an einer Mehrzahl von räumlichen

Standorten basiert, die von dem festen Standort in
dem gegebenen Raum verschieden sind, und wobei
die Zuordnung jede der Antworten des Satzes von
Mikrofonstandortantworten einer entsprechenden
jeweiligen Antwort des Satzes zweiter akustischer
Antworten zuordnet.

3. Verfahren nach Anspruch 2, wobei die erste akusti-
sche Antwort eine von (i) einer spektralen Antwort,
die angibt, wie sich eine Lautstärke des vom Mikro-
fon empfangenen ersten Toninhalts mit einer Fre-
quenz ändert, (ii) einer räumlichen Antwort, die an-
gibt, wie sich die Lautstärke des vom Mikrofon emp-
fangenen ersten Toninhalt mit einer Richtung und /
oder dem räumlichen Standort im Raum ändert, und
(iii) einer zeitlichen Antwort ist, die angibt, wie sich
der erste Toninhalt innerhalb des Raums in Bezug
auf einen Nachhall, eine Verzögerung, ein Abklingen
oder eine Phase des ersten Toninhalts ändert, wobei
die zweite akustische Antwort eine von der spektra-
len Antwort, der räumlichen Antwort und der zeitli-
chen Antwort ist und wobei die Zuordnung eine Dif-
ferenz zwischen einer Antwort des Satzes erster
akustischer Antworten und einer entsprechenden je-
weiligen Antwort des Satzes zweiter akustischer
Antworten ist.

4. Verfahren nach Anspruch 2, wobei das Anwenden
der Zuordnung ein Bestimmen (1004) einer Ab-
standsmetrik zwischen der ersten akustischen Ant-
wort und einer Antwort jeder des Satzes erster akus-
tischer Antworten umfasst, wobei die Abstandsme-
trik einen Clustering-Algorithmus oder einen Klassi-
fizierungsalgorithmus umfasst.

5. Verfahren nach Anspruch 4, wobei die Abstände ver-
wendet werden, um Gewichtungen zu erzeugen, die
zu einem Abstand oder zu einem quadratischen Ab-
stand zwischen der ersten akustischen Antwort und
einer bestimmten Antwort des Satzes erster akusti-
scher Antworten umgekehrt proportional sind.

6. Verfahren nach Anspruch 5, wobei die Zuordnung
einer Summe des gewichteten Satzes erster akus-
tischer Antworten entspricht.

7. Verfahren nach einem der Ansprüche 5 bis 6, wobei
die Gewichtungen auf einer akustischen Konfigura-
tion der Tonwiedergabevorrichtung basieren.

8. Verfahren nach einem der vorhergehenden Ansprü-
che, ferner umfassend ein Speichern der ersten
akustischen Antwort auf einem Server in Kommuni-
kation mit der Tonwiedergabevorrichtung.

9. Verfahren nach einem der vorhergehenden Ansprü-
che, wobei das Anwenden der Zuordnung ein Sen-
den der ersten akustischen Antwort an einen ent-
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fernten Server in Kommunikation mit der Tonwieder-
gabevorrichtung und ein Empfangen der zweiten
akustischen Antwort vom entfernten Server umfasst.

10. Verfahren nach Anspruch 9 in Kombination mit An-
spruch 2, wobei der Satz erster akustischer Antwor-
ten und der Satz zweiter akustischer Antworten und
Zuordnungen zwischen einer Mehrzahl von Räumen
in einer Datenbank gespeichert sind, wobei die von
dem entfernten Server empfangene zweite akusti-
sche Antwort aus der Datenbank bezogen wird.

11. Verfahren nach einem der vorhergehenden Ansprü-
che, wobei der erste Toninhalt und der angepasste
Toninhalt unterschiedliche Abschnitte eines glei-
chen Liedes sind.

12. Computerlesbares Speichermedium, das Anwei-
sungen zur Ausführung durch einen Prozessor ent-
hält, wobei die Anweisungen bei Ausführung den
Prozessor veranlassen, ein Verfahren gemäß einem
der vorhergehenden Ansprüche umzusetzen.

13. Tonwiedergabevorrichtung (200, 532, 534, 536,
538, 702) umfassend:

ein Mikrofon (220, 704);
einen Lautsprecher (212);
einen Prozessor (202), der Anweisungen um-
fasst, die bei Ausführung den Prozessor veran-
lassen, ein Verfahren gemäß einem der Ansprü-
che 1 bis 11 durchzuführen.

Revendications

1. Procédé (800, 900, 1000) comprenant :

émettre (802) un premier contenu audio par un
haut-parleur d’un dispositif de lecture audio ;
recevoir (902) une indication du premier conte-
nu audio émis par un microphone du dispositif
de lecture audio ;
déterminer (904, 1002) une première réponse
acoustique d’une pièce comprenant une répon-
se d’emplacement de microphone, le dispositif
de lecture audio étant situé dans la pièce, la dé-
termination se basant sur l’indication reçue du
premier contenu audio émis par le microphone ;
appliquer (908) un mappage à la réponse d’em-
placement de microphone pour déterminer une
seconde réponse acoustique de la pièce dans
laquelle le dispositif de lecture audio est situé,
le mappage étant déterminé en fonction d’un en-
semble de réponses de la pièce et d’un ensem-
ble associé de réponses d’emplacement de mi-
crophone, chaque réponse de la pièce étant une
réponse acoustique de la pièce en fonction de

l’indication du contenu audio détecté à au moins
un emplacement dans la pièce, la seconde ré-
ponse acoustique indiquant une réponse acous-
tique approximative de la pièce à un emplace-
ment spatial différent d’un emplacement spatial
du microphone ; et
régler (910), en fonction de la seconde réponse
acoustique, le contenu audio émis par le haut-
parleur.

2. Procédé selon la revendication 1, le mappage étant
défini par un ensemble de réponses d’emplacement
de microphone et un ensemble de secondes répon-
ses acoustiques ; une réponse de l’ensemble des
réponses d’emplacement de microphone étant une
réponse acoustique d’une pièce donnée, et le map-
page procédant au mappage de chacune des répon-
ses de l’ensemble des réponses d’emplacement de
microphone avec une réponse correspondante, res-
pective des réponses de l’ensemble des secondes
réponses acoustiques.

3. Procédé selon la revendication 2, la première répon-
se acoustique étant (i) une réponse spectrale indi-
quant comment un volume du premier contenu audio
reçu par le microphone varie selon la fréquence, (ii)
une réponse spatiale indiquant comment le volume
du premier contenu audio reçu par le microphone
varie selon une direction et/ou l’emplacement spatial
dans la pièce, et (iii) une réponse temporelle indi-
quant comment le premier contenu audio change
dans la pièce par rapport à une réverbération, un
retard, un amortissement ou une phase du premier
contenu audio, la seconde réponse acoustique étant
ladite réponse spectrale ou ladite réponse spatiale
ou ladite réponse temporelle et le mappage étant
une différence entre une réponse de l’ensemble des
premières réponses acoustiques et une réponse
correspondante, respective de l’ensemble des se-
condes réponses acoustiques.

4. Procédé selon la revendication 2, l’application du
mappage consistant à déterminer (1004) une métri-
que de distance entre la première réponse acousti-
que et une réponse de chaque réponse de l’ensem-
ble des premières réponses acoustiques, la métri-
que de distance comprenant un algorithme de grou-
pement ou un algorithme de classification.

5. Procédé selon la revendication 4, les distances étant
utilisées pour créer des pondérations qui sont inver-
ses à une distance ou à une distance quadratique
entre la première réponse acoustique et une réponse
particulière de l’ensemble des premières réponses.

6. Procédé selon la revendication 5, le mappage cor-
respondant à une somme des ensembles pondérés
des premières réponses acoustiques.
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7. Procédé selon l’une quelconque des revendications
5 à 6, les pondérations étant basées sur une confi-
guration acoustique du dispositif de lecture audio.

8. Procédé selon l’une quelconque revendication pré-
cédente, consistant en outre à mémoriser la premiè-
re réponse acoustique sur un serveur en communi-
cation avec le dispositif de lecture audio.

9. Procédé selon l’une quelconque revendication pré-
cédente, l’application du mappage consistant à en-
voyer la première réponse acoustique à un serveur
à distance en communication avec le dispositif de
lecture audio et à recevoir la seconde réponse
acoustique en provenance du serveur à distance.

10. Procédé selon la revendication 9, en combinaison
avec la revendication 2, l’ensemble des premières
réponses acoustiques et l’ensemble des secondes
réponses acoustiques et les mappages entre une
pluralité de pièces étant mémorisés dans une base
de données, la seconde réponse acoustique reçue
en provenance du serveur à distance étant obtenue
à partir de la base de données.

11. Procédé selon l’une quelconque revendication pré-
cédente, le premier contenu audio et le contenu
audio réglé étant parties différentes d’une même
chanson.

12. Support d’enregistrement lisible par ordinateur com-
prenant des instructions pour l’exécution par un pro-
cesseur, les instructions, lorsqu’elles sont exécu-
tées, amènent le processeur à mettre en œuvre un
procédé selon l’une quelconque revendication pré-
cédente.

13. Dispositif de lecture audio (200, 532, 534, 536, 538,
702) comprenant :

un microphone (220, 704) ;
un haut-parleur (212) ;
un processeur (202) comprenant des instruc-
tions qui, lorsqu’elles sont exécutées, amènant
le processeur à exécuter un procédé selon l’une
quelconque des revendications 1 à 11.
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