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Description

TECHNICAL FIELD

[0001] The present invention relates to a decoding apparatus, a decoding method, an encoding apparatus, an encoding
method, and a program. More particularly, the present invention relates to a decoding apparatus, a decoding method,
an encoding apparatus, an encoding method, and a program that can shorten the delay time caused by the band
extension at the time of decoding, and restrain increases in resources on the decoding side.

BACKGROUND ART

[0002] As audio signal encoding techniques, the following transform coding techniques have been generally well
known: MP3 (Moving Picture Experts Group Audio Layer-3), AAC (Advanced AudioCoding), and ATRAC (Adaptive
Transform Acoustic Coding).
[0003] In such an encoding technique, results of encoding do not include a higher frequency spectrum containing a
large amount of information, but include only the envelope of the higher frequency spectrum, so as to achieve a higher
encoding efficiency. At the time of decoding in such a case, a lower frequency spectrum is duplicated by parallel translation,
replication, or the like, to generate a higher frequency spectrum. Only the envelope of the generated higher frequency
spectrum is made closer to the envelope of the original higher frequency spectrum contained in the results of encoding,
to improve auditory quality. Such a decoding technique is called a band extension technique, and has been already
known to the general public.
[0004] Fig. 1 is a block diagram showing an example structure of an encoding apparatus that has only the envelope
of the higher frequency spectrum in the results of encoding.
[0005] The encoding apparatus 10 of Fig. 1 includes a MDCT (Modified Discrete Cosine Transform) unit 11, a quantizing
unit 12, and a multiplexing unit 13. The encoding apparatus 10 is the same as a generally known transform coding
apparatus, except that a higher frequency spectrum SP-H is not included in the results of encoding. For ease of explanation
of the drawings, the quantizing unit 12 not only performs quantization but also extracts and normalizes objects to be
quantized.
[0006] Specifically, the MDCT unit 11 of the encoding apparatus 10 performs a MDCT on a PCM (Pulse Code Mod-
ulation) signal that is an audio time-domain signal that is input to the encoding apparatus 10. By doing so, the MDCT
unit 11 generates a spectrum SP that is a frequency domain signal. The MDCT unit 11 supplies the generated spectrum
SP to the quantizing unit 12.
[0007] The quantizing unit 12 extracts envelopes from the higher frequency spectrum SP-H that is the higher frequency
components of the spectrum SP supplied from the MDCT unit 11, and from a lower frequency spectrum SP-L that is the
lower frequency components of the spectrum SP. The quantizing unit 12 quantizes a higher frequency envelope ENV-
H that is the extracted envelope of the higher frequency spectrum SP-H, and a lower frequency envelope ENV-L that is
the extracted envelope of the lower frequency spectrum SP-L. The quantizing unit 12 supplies the quantized higher
frequency envelope ENV-H and lower frequency envelope ENV-L to the multiplexing unit 13. In this specification, the
names (such as SP-L and SP-H) of signals are the same before and after quantization and encoding, for ease of
explanation.
[0008] The quantizing unit 12 normalizes the lower frequency spectrum SP-L, using the lower frequency envelope
ENV-L. The quantizing unit 12 quantizes the normalized lower frequency spectrum SP-L, and supplies the resultant
lower frequency spectrum SP-L to the multiplexing unit 13.
[0009] As described above, the quantizing unit 12 has the envelope and the normalized spectrum included in the
results of encoding of the lower frequency components of the spectrum SP, but has only the envelope included in the
results of encoding of the higher frequency components. Accordingly, the encoding efficiency becomes higher.
[0010] The multiplexing unit 13 multiplexes the lower frequency envelope ENV-L, the lower frequency spectrum SP-
L, and the higher frequency envelope ENV-H, which are supplied from the quantizing unit 12. The multiplexing unit 13
outputs the resultant bit stream. This bit stream is recorded on a recording medium (not shown), or is transferred to a
decoding apparatus.
[0011] Fig. 2 is a flowchart for explaining an encoding operation to be performed by the encoding apparatus 10 of Fig.
1. This encoding operation is started when an audio PCM signal is input to the encoding apparatus 10, for example.
[0012] In step S11 of Fig. 2, the MDCT unit 11 performs a MDCT on a PCM signal that is an audio time-domain signal
that is input to the encoding apparatus 10, and generates the spectrum SP that is a frequency domain signal. The MDCT
unit 11 supplies the generated spectrum SP to the quantizing unit 12.
[0013] In step S12, the quantizing unit 12 extracts envelopes from the higher frequency spectrum SP-H that is the
higher frequency components of the spectrum SP supplied from the MDCT unit 11, and from the lower frequency
spectrum SP-L that is the lower frequency components of the spectrum SP.
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[0014] In step S13, the quantizing unit 12 normalizes the lower frequency spectrum SP-L, using the lower frequency
envelope ENV-L.
[0015] In step S14, the quantizing unit 12 performs quantization on the extracted higher frequency envelope ENV-H,
lower frequency envelope ENV-L, and on the normalized lower frequency spectrum SP-L. The quantizing unit 12 supplies
the quantized higher frequency envelope ENV-H, lower frequency envelope ENV-L, and the normalized lower frequency
spectrum SP-L to the multiplexing unit 13.
[0016] In step S15, the multiplexing unit 13 multiplexes the lower frequency envelope ENV-L, the lower frequency
spectrum SP-L, and the higher frequency envelope ENV-H, which are supplied from the quantizing unit 12. The multi-
plexing unit 13 outputs the resultant bit stream. This operation then comes to an end.
[0017] Fig. 3 is a block diagram showing an example structure of a decoding apparatus that decodes bit streams
encoded by the encoding apparatus 10 of Fig. 1.
[0018] The decoding apparatus 30 of Fig. 3 includes a dividing unit 31, an inverse quantizing unit 32, an inverse MDCT
unit 33, and a band extending unit 34.
[0019] The dividing unit 31, the inverse quantizing unit 32, and the inverse MDCT unit 33 of the decoding apparatus
30 decodes only the lower frequency components of PCM signals, like a conventional transform decoding apparatus.
[0020] Specifically, the dividing unit 31 obtains a bit stream encoded by the encoding apparatus 10, and divides the
bit stream into the lower frequency envelope ENV-L, the lower frequency spectrum SP-L, and the higher frequency
envelope ENV-H. The dividing unit 31 then supplies the lower frequency envelope ENV-L, the lower frequency spectrum
SP-L, and the higher frequency envelope ENV-H to the inverse quantizing unit 32.
[0021] The inverse quantizing unit 32 performs inverse quantization on the lower frequency envelope ENV-L, the lower
frequency spectrum SP-L, and the higher frequency envelope ENV-H, which are supplied from the dividing unit 31. The
inverse quantizing unit 32 then supplies the inversely-quantized lower frequency envelope ENV-L and lower frequency
spectrum SP-L to the inverse MDCT unit 33, and supplies the higher frequency envelope ENV-H to the band extending
unit 34.
[0022] Using the lower frequency envelope ENV-L supplied from the inverse quantizing unit 32, the inverse MDCT
unit 33 denormalizes the lower frequency spectrum SP-L. The inverse MDCT unit 33 performs an inverse MDCT on the
lower frequency spectrum SP-L, which is a denormalized frequency domain signal, and obtains a PCM signal that is a
time domain signal. This PCM signal is a PCM signal not containing higher frequency components, and is a PCM signal
of auditorily muffled sound. The inverse MDCT unit 33 supplies the PCM signal to the band extending unit 34.
[0023] The band extending unit 34 includes a band dividing filter 41, a higher frequency component generating unit
42, and a band combining filter 43. The band extending unit 34 extends the frequency band of the PCM signal that is
obtained by the inverse MDCT unit 33 and does not contain higher frequency components. By doing so, the band
extending unit 34 performs a band extending operation to improve the sound quality of the PCM signal.
[0024] Specifically, the band dividing filter 41 of the band extending unit 34 divides the PCM signal supplied from the
inverse MDCT unit 33 into higher frequency components and lower frequency components. Since this PCM signal does
not contain higher frequency components, the band dividing filter 41 discards the higher frequency components of the
divided PCM signal. The band dividing filter 41 also supplies a lower frequency PCM signal BS-L, which is the lower
frequency components of the divided PCM signal, to the higher frequency component generating unit 42 and the band
combining filter 43.
[0025] Using the lower frequency PCM signal BS-L supplied from the band dividing filter 41 and the higher frequency
envelope ENV-H supplied from the inverse quantizing unit 32, the higher frequency component generating unit 42
generates a higher frequency PCM signal to be a pseudo higher frequency PCM signal BS-H. An example method of
generating the pseudo higher frequency PCM signal BS-H is disclosed in Patent Document 1, which was filed by the
applicant. The higher frequency component generating unit 42 supplies the pseudo higher frequency PCM signal BS-
H to the band combining filter 43.
[0026] The band combining filter 43 combines the lower frequency PCM signal BS-L supplied from the band dividing
filter 41 with the pseudo higher frequency PCM signal BS-H supplied from the higher frequency component generating
unit 42, and outputs an entire-band PCM signal as the results of the decoding.
[0027] The sound corresponding to the entire-band PCM signal that is output in the above described manner is less
muffled than the sound corresponding to the PCM signal not containing higher frequency components, and is a beautiful
and comfortable sound.
[0028] Fig. 4 is a diagram for explaining the signals that are output from the inverse MDCT unit 33 and the band
combining filter 43. In Fig. 4, the abscissa axis indicates frequency, and the ordinate axis indicates signal level. This
also applies to Figs. 7, 10, and 12 through 16, which will be described later.
[0029] The signal that is output from the inverse MDCT unit 33 is the PCM signal of the lower frequency spectrum
SP-L denormalized by using the lower frequency envelope ENV-L, as shown in A in Fig. 4. The signal that is output from
the band combining filter 43 is a PCM signal that contains lower frequency components as the PCM signal of the lower
frequency spectrum SP-L denormalized by using the lower frequency envelope ENV-L, and higher frequency components
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as the pseudo higher frequency PCM signal BS-H generated from the higher frequency envelope ENV-H and the lower
frequency PCM signal BS-L, as shown in B in Fig. 4.
[0030] Fig. 5 is a flowchart for explaining a decoding operation to be performed by the decoding apparatus 30 of Fig.
3. This decoding operation is started when a bit stream encoded by the encoding apparatus 10 is input to the decoding
apparatus 30, for example.
[0031] In step S31 of Fig. 5, the dividing unit 31 divides the bit stream input to the decoding apparatus 30 into the
lower frequency envelope ENV-L, the lower frequency spectrum SP-L, and the higher frequency envelope ENV-H. The
dividing unit 31 then supplies the lower frequency envelope ENV-L, the lower frequency spectrum SP-L, and the higher
frequency envelope ENV-H to the inverse quantizing unit 32.
[0032] In step S32, the inverse quantizing unit 32 performs inverse quantization on the lower frequency envelope
ENV-L, the lower frequency spectrum SP-L, and the higher frequency envelope ENV-H, which are supplied from the
dividing unit 31. The inverse quantizing unit 32 supplies the inversely-quantized lower frequency envelope ENV-L and
lower frequency spectrum SP-L to the inverse MDCT unit 33. The inverse quantizing unit 32 supplies the higher frequency
envelope ENV-H to the band extending unit 34.
[0033] In step S33, the inverse MDCT unit 33 denormalizes the lower frequency spectrum SP-L, using the lower
frequency envelope ENV-L supplied from the inverse quantizing unit 32.
[0034] In step S34, the inverse MDCT unit 33 performs an inverse MDCT on the lower frequency spectrum SP-L,
which is a denormalized frequency domain signal, and obtains a PCM signal that is a time domain signal. The inverse
MDCT unit 33 supplies the PCM signal to the band extending unit 34.
[0035] In step S35, the band dividing filter 41 of the band extending unit 34 divides the PCM signal supplied from the
inverse MDCT unit 33 into higher frequency components and lower frequency components. The band dividing filter 41
discards the higher frequency components of the divided PCM signal, and supplies the lower frequency PCM signal BS-
L, which is the lower frequency components of the divided PCM signal, to the higher frequency component generating
unit 42 and the band combining filter 43.
[0036] In step S36, the higher frequency component generating unit 42 generates the pseudo higher frequency PCM
signal BS-H, using the lower frequency PCM signal BS-L supplied from the band dividing filter 41 and the higher frequency
envelope ENV-H supplied from the inverse quantizing unit 32. The higher frequency component generating unit 42
supplies the pseudo higher frequency PCM signal BS-H to the band combining filter 43.
[0037] In step S37, the band combining filter 43 combines the lower frequency PCM signal BS-L supplied from the
band dividing filter 41 with the pseudo higher frequency PCM signal BS-H supplied from the higher frequency component
generating unit 42, to obtain the entire-band PCM signal. The band combining filter 43 outputs the entire-band PCM
signal, and the operation comes to an end.
[0038] The above described band extension technique has been already used in HE-AAC (High-Efficiency Advanced
Audio Coding), which is an international standard, and in the stereo high-quality mode of LPEC (trade name).
[0039] As described above, by the conventional band extension technique, the band extending operation is performed
as the post processing for the decoding of the lower frequency spectrum SP-L. Accordingly, the degree of freedom of
the pseudo higher frequency PCM signal BS-H can be made higher. That is, the pseudo higher frequency PCM signal
BS-H can be generated not from the lower frequency spectrum SP-L, which is a frequency domain signal, but from the
lower frequency PCM signal BS-L, which is a time domain signal.
[0040] The processing block sizes in the encoding operation and the decoding operation, and the processing block
size in the band extending operation are arbitrarily set, so as to optimize frequency analysis precision and time resolving
precision.
[0041] In a case where the pseudo higher frequency PCM signal is generated by the technique disclosed in Patent
Document 1, complicated procedures need to be carried out to generate a noise spectrum from the higher frequency
envelope ENV-H, generate a tonic spectrum from the higher frequency envelope ENV-H and the lower frequency PCM
signal BS-L, and compare the two spectrums.
[0042] The process of generating the noise spectrum and the tonic spectrum is the necessary process in increasing
the matching accuracy between the lower frequency spectrum and the higher frequency spectrum to generate sound
with high auditory quality, and is also performed in the decoding apparatuses disclosed in Patent Documents 2 and 3.
[0043] US 2004/247037 (A1) is similar to Patent Document 1 and discloses a signal encoding apparatus that limits
an inputted time series signal to a low frequency band signal having a certain cut-off frequency or less to include the
low frequency band signal into code train for outputting encoded low frequency band code train. In addition, the signal
encoding apparatus adaptively determines aliasing frequency (fa), shift frequency (fsh) or tone noise synthesis information
(r) used for generation of high frequency band signal at the decoding side to include these information into code train
outputted along with high frequency band spectrum envelope information as high frequency band generation information.
A signal decoding apparatus generates a high frequency band signal from a low frequency band signal by using high
frequency band signal generation information included in code train and high frequency band spectrum envelope to add
the generated high frequency band signal and the low frequency band signal to thereby output a time series signal
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extended up to the high frequency band signal.
[0044] US 2003/187663 (A1) discloses an audio signal that is said to be conveyed more efficiently by transmitting or
recording a baseband of the signal with an estimated spectral envelope and a noise-blending parameter derived from
a measure of the signal’s noise-like quality. The signal is reconstructed by translating spectral components of the base-
band signal to frequencies outside the baseband, adjusting phase of the regenerated components to maintain phase
coherency, adjusting spectral shape according to the estimated spectral envelope, and adding noise according to the
noise-blending parameter. The transmitted or recorded signal also includes an estimated temporal envelope that is used
to adjust the temporal shape of the reconstructed signal.

CITATION LIST

PATENT DOCUMENTS

[0045]

Patent Document 1: Japanese Patent No. 3861770
Patent Document 2: Japanese Patent No. 3646938
Patent Document 3: Japanese Patent No. 3646939

SUMMARY OF THE INVENTION

PROBLEMS TO BE SOLVED BY THE INVENTION

[0046] As described above, the conventional band extension technique has been studied, developed, and put into
practice in such a manner that the band extending operation is performed as the post processing for the decoding of
the lower frequency spectrum SP-L. Therefore, the entire-band PCM signal is output after the processing time required
by the band extending unit 34 has passed (time T1 in the example illustrated in Fig. 3) from the end of the conventional
decoding operation performed by the dividing unit 31, the inverse quantizing unit 32, and the inverse MDCT unit 33 (time
T0 in the example illustrated in Fig. 3).
[0047] This does not cause a serious problem, if the decoding apparatus 30 is provided in a reproducing apparatus
that reproduces only sound. In a case where the decoding apparatus 30 is provided in a reproducing apparatus that
reproduces video images in synchronization with sound, however, there is a difference in the output time of the entire-
band PCM signal between a case where only the conventional decoding is performed and a case where the band
extension is also performed. As a result, outputting video images in synchronization with sound becomes difficult.
[0048] To solve this problem, the timing to reproduce video images needs to be delayed. However, video image
buffering requires a memory with a larger capacity than that for sound buffering, resulting in an increase in resources.
The synchronizing timing between video images and sound may be delayed in advance. However, whether to perform
only the conventional decoding and whether to perform the band extension as well as the conventional decoding depend
on the reproducing apparatus to be used. Therefore, it is difficult to constantly designate the optimum synchronizing timing.
[0049] The decoding apparatus 30 needs to additionally include the band extending unit 34 for the band extension,
resulting in more resources than in a decoding apparatus that does not perform the band extension.
[0050] In view of the above, decoding apparatuses that perform the band extension are expected to shorten the delay
time caused by the band extension and restrain increases in resources.
[0051] The present invention has been made in view of the above circumstances, and the object thereof is to shorten
the delay time caused by the band extension at the time of decoding, and restrain increases in resources on the decoding
side.

SOLUTIONS TO PROBLEMS

[0052] A decoding apparatus according to claim 1.
[0053] A decoding method and a program according to claims 4 and 5, respectively.

EFFECTS OF THE INVENTION

[0054] According to the present invention, the delay time caused by the band extension at the time of decoding can
be shortened, and increases in resources can be restrained.
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BRIEF DESCRIPTION OF DRAWINGS

[0055]

Fig. 1 is a block diagram showing an example structure of an encoding apparatus.
Fig. 2 is a flowchart for explaining an encoding operation to be performed by the encoding apparatus of Fig. 1.
Fig. 3 is a block diagram showing an example structure of a decoding apparatus.
Fig. 4 is a diagram for explaining the signals that are output from the inverse MDCT unit and the band combining filter.
Fig. 5 is a flowchart for explaining a decoding operation to be performed by the decoding apparatus of Fig. 3.
Fig. 6 is a block diagram showing an example structure of a first embodiment of an encoding apparatus to which
the present invention is applied.
Fig. 7 is a diagram for explaining the signals that are output from the MDCT unit and the quantizing unit of Fig. 6.
Fig. 8 is a flowchart for explaining an encoding operation to be performed by the encoding apparatus of Fig. 6.
Fig. 9 is a block diagram showing an example structure of a decoding apparatus that decodes bit streams encoded
by the encoding apparatus of Fig. 6.
Fig. 10 is a diagram for explaining the signal that is output from the inverse MDCT unit of Fig. 9.
Fig. 11 is a diagram for explaining the difference in decoding results between a case where phase randomization
is performed and a case where phase randomization is not performed.
Fig. 12 is a diagram for explaining the characteristics of the higher frequency spectrum SP-H.
Fig. 13 is a diagram for explaining the characteristics of the higher frequency spectrum SP-H.
Fig. 14 is a diagram for explaining the characteristics of the higher frequency spectrum SP-H.
Fig. 15 is a diagram for explaining the characteristics of the higher frequency spectrum SP-H.
Fig. 16 is a diagram for explaining the characteristics of the higher frequency spectrum SP-H.
Fig. 17 is a flowchart for explaining a decoding operation to be performed by the decoding apparatus of Fig. 9.
Fig. 18 is a block diagram showing an example structure of a second embodiment of a decoding apparatus to which
the present invention is applied.
Fig. 19 is a flowchart for explaining a decoding operation to be performed by the decoding apparatus of Fig. 18.
Fig. 20 is a diagram showing an example structure of a computer.

MODE FOR CARRYING OUT THE INVENTION

<First Embodiment>

[Example Structure of First Embodiment of Encoding Apparatus]

[0056] Fig. 6 is a block diagram showing an example structure of a first embodiment of an encoding apparatus to
which the present invention is applied.
[0057] In the structure shown in Fig. 6, the same components as those shown in Fig. 1 are denoted by the same
reference numerals as those shown in Fig. 1, and the same explanation will not be repeated.
[0058] The structure of the encoding apparatus 50 of Fig. 6 differs from the structure of Fig. 1 in that the quantizing
unit 12 and the multiplexing unit 13 are replaced with a quantizing unit 51 and a multiplexing unit 52. The encoding
apparatus 10 generates a bit stream by multiplexing a random flag RND (described later indetail) as well as a lower
frequency envelope ENV-L, a lower frequency spectrum SP-L, and a higher frequency envelope ENV-H.
[0059] Specifically, the quantizing unit 51 of the encoding apparatus 50 includes a determining unit 61, an extracting
unit 62, a normalizing unit 63, and a partial quantizing unit 64.
[0060] Based on the higher frequency spectrum SP-H of a spectrum SP supplied from a MDCT unit 11, the determining
unit 61 determines the degree of concentration D of the higher frequency spectrum SP-H according to the following
equation (1) :

[0061] In the equation (1), max (SP-H) represents the maximum value of the higher frequency spectrum SP-H, and
ave(SP-H) represents the average value of the higher frequency spectrum SP-H.
[0062] According to the equation (1), in a case where the tone characteristics of the higher frequency components of
the sound to be encoded are prominent and the distribution of the higher frequency spectrum SP-H has a high degree
of bias, the degree of concentration D is high. In a case where the noise characteristics of the higher frequency components
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of the sound to be encoded are prominent and the distribution of the higher frequency spectrumSP-H is uni form, the
degree of concentration D is low.
[0063] The determining unit 61 determines the random flag RND, based on the degree of concentration D. The random
flag RND is a flag that indicates whether to randomize the phase of the spectrum to approximate the higher frequency
spectrum SP-H generated from the lower frequency spectrum SP-L and the higher frequency envelope ENV-H in a band
extending operation in a later described decoding apparatus.
[0064] In a case where the degree of concentration D is higher than a threshold value that is set in the encoding
apparatus 50 in advance, or where the tone characteristics of the higher frequency spectrum SP-H are prominent, for
example, the random flag RND is set to 0, which indicates that randomization is not to be performed. In a case where
the degree of concentration D is equal to or lower than the predetermined threshold value, or where the noise charac-
teristics of the higher frequency spectrum SP-H are prominent, the random flag RND is set to 1, which indicates rand-
omization is to be performed. The determining unit 61 supplies the determined random flag RND to the multiplexing unit 52.
[0065] Like the quantizing unit 12 of Fig. 1, the extracting unit 62 extracts envelopes from the higher frequency spectrum
SP-H and the lower frequency spectrum SP-L of the spectrum SP supplied from the MDCT unit 11.
[0066] Like the quantizing unit 12, the normalizing unit 63 normalizes the lower frequency spectrum SP-L, using the
lower frequency envelope ENV-L.
[0067] The partial quantizing unit 64 performs quantization on the normalized lower frequency spectrum SP-L, and
supplies the resultant lower frequency spectrum SP-L to the multiplexing unit 52. Like the quantizing unit 12, the partial
quantizing unit 64 also quantizes the extracted higher frequency envelope ENV-H and lower frequency envelope ENV-
L. Like the quantizing unit 12, the partial quantizing unit 64 supplies the quantized higher frequency envelope ENV-H
and lower frequency envelope ENV-L to the multiplexing unit 52.
[0068] The multiplexing unit 52 multiplexes the random flag RND supplied from the determining unit 61 of the quantizing
unit 51, as well as the lower frequency envelope ENV-L, the lower frequency spectrum SP-L, and the higher frequency
envelope ENV-H, which are supplied from the partial quantizing unit 64. The multiplexing unit 52 outputs the resultant
bit stream. This bit stream is recorded on a recording medium (not shown), or is transferred to a decoding apparatus.

[Description of Signals in the Encoding Apparatus]

[0069] Fig. 7 is a diagram for explaining the signals that are output from the MDCT unit 11 and the quantizing unit 51
of the encoding apparatus 50 of Fig. 6.
[0070] As shown in A in Fig. 7, the spectrum SP that is output from the MDCT unit 11 is a spectrum of the entire band.
On the other hand, the signal that is output from the quantizing unit 51 and excludes the random flag RND includes the
lower frequency spectrum SP-L, the lower frequency envelope ENV-L, and the higher frequency envelope ENV-H, as
shown in B in Fig. 7.

[Description of Operation of the Encoding Apparatus]

[0071] Fig. 8 is a flowchart for explaining an encoding operation to be performed by the encoding apparatus 50 of Fig.
6. This encoding operation is started when an audio PCM signal is input to the encoding apparatus 50, for example.
[0072] In step S51 of Fig. 8, the MDCT unit 11 performs a MDCT on the PCM signal that is an audio time-domain
signal input to the encoding apparatus 50, to generate the spectrum SP, which is a frequency domain signal, as in step
S11 of Fig. 2. The MDCT unit 11 supplies the generated spectrum SP to the quantizing unit 51.
[0073] In step S52, based on the higher frequency spectrum SP-H of the spectrum SP supplied from the MDCT unit
11, the determining unit 61 of the quantizing unit 51 determines the degree of concentration D of the higher frequency
spectrum SP-H according to the above described equation (1).
[0074] In step S53, the determining unit 61 determines the random flag RND, based on the degree of concentration
D. The determining unit 61 supplies the determined random flag RND to the multiplexing unit 52, and the operation
moves on to step S54.
[0075] The procedures of steps S54 through S56 are the same as the procedures of steps S12 through S14 of Fig.
2, and therefore, explanation of them is not repeated herein.
[0076] After the procedure of step S56, the multiplexing unit 52, in step S57, multiplexes the random flag RND, the
lower frequency envelope ENV-L, the lower frequency spectrum SP-L, and the higher frequency envelope ENV-H, which
are supplied from the quantizing unit 51. The multiplexing unit 52 outputs the resultant bit stream. The operation then
comes to an end.

[Example Structure of the Decoding Apparatus]

[0077] Fig. 9 is a block diagram showing an example structure of the decoding apparatus that decodes bit streams
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encoded by the encoding apparatus 50 of Fig. 6.
[0078] The decoding apparatus 70 of Fig. 9 includes a dividing unit 71, an inverse quantizing unit 72, a higher frequency
component generating unit 73, a phase randomizing unit 74, and an inverse MDCT unit 75. The decoding apparatus 70
performs a band extending operation at the same time as decoding of the lower frequency spectrum SPL.
[0079] Specifically, the dividing unit 71 (an obtaining unit) obtains a bit stream encoded by the encoding apparatus
50 of Fig. 6. The dividing unit 71 divides the bit stream into the random flag RND, the lower frequency envelope ENV-
L, the lower frequency spectrum SP-L, and the higher frequency envelope ENV-H, which are then supplied to the inverse
quantizing unit 72.
[0080] Like the inverse quantizing unit 32 of Fig. 3, the inverse quantizing unit 72 performs inverse quantization on
the lower frequency envelope ENV-L, the lower frequency spectrum SP-L, and the higher frequency envelope ENV-H,
which are supplied from the dividing unit 71.
[0081] The inverse quantizing unit 72 supplies the inversely-quantized lower frequency envelope ENV-L to the inverse
MDCT unit 75, and supplies the lower frequency spectrum SP-L to the inverse MDCT unit 75 and the higher frequency
component generating unit 73. The inverse quantizing unit 72 also supplies the higher frequency envelope ENV-H to
the higher frequency component generating unit 73, and supplies the random flag RND to the phase randomizing unit 74.
[0082] Using the lower frequency spectrum SP-L and the higher frequency envelope ENV-H, which are supplied from
the inverse quantizing unit 72, the higher frequency component generating unit 73 generates a higher frequency spectrum
to be a pseudo higher frequency spectrum. Specifically, the higher frequency component generating unit 73 duplicates
the lower frequency spectrum SP-L, and deforms the duplicated spectrum by using the higher frequency envelope ENV-
H, to form the pseudo higher frequency spectrum.
[0083] To generate this pseudo higher frequency spectrum, the technique disclosed in Patent Document 1, which was
filed by the applicant, may be used, or some other technique may also be used. The higher frequency component
generating unit 73 supplies the generated pseudo higher frequency spectrum to the phase randomizing unit 74.
[0084] Based on the random flag RND supplied from the inverse quantizing unit 72, the phase randomizing unit 74
randomizes the phase of the pseudo higher frequency spectrum supplied from the higher frequency component gener-
ating unit 73.
[0085] Specifically, in a case where the random flag RND is 1, which indicates that randomization is to be performed,
the phase randomizing unit 74 randomizes the sign (+ or -) of the pseudo higher frequency spectrum, according to the
following equation (2):

[0086] In the equation (2), SP-H represents the higher frequency spectrum, and i represents the spectrum number.
[0087] According to the equation (2), the higher frequency spectrum SP-H is multiplied by "-1" the number of times
indicated by the lowest 1 bit of the return value of the random function rand(), so that -1 or 1 is randomly assigned to
the sign of the higher frequency spectrum SP-H.
[0088] In a case where the random flag RND is 0, which indicates that randomization is not to be performed, the phase
randomizing unit 74 does not randomize the phase of the pseudo higher frequency spectrum.
[0089] The phase randomizing unit 74 supplies the pseudo higher frequency spectrum having its phase randomized
or the pseudo higher frequency spectrum not having its phase randomized to the inverse MDCT unit 75.
[0090] The inverse MDCT unit 75 (a combining unit) denormalizes the lower frequency spectrum SP-L, using the lower
frequency envelope ENV-L supplied from the inverse quantizing unit 72. The inverse MDCT unit 75 combines the
denormalized lower frequency spectrum SP-L with the pseudo higher frequency spectrum supplied from the phase
randomizing unit 74. The inverse MDCT unit 75 performs an inverse MDCT on the entire-band spectrum that is a
frequency domain signal obtained as a result of the combination. By doing so, the inverse MDCT unit 75 obtains an
entire-band PCM signal that is a time domain signal. The inverse MDCT unit 75 outputs the entire-band PCM signal as
the results of the decoding.
[0091] As described above, the decoding apparatus 70 generates the pseudo higher frequency spectrum at the same
time as decoding of the lower frequency spectrum SP-L. Accordingly, the time required for decoding in the decoding
apparatus 70 is substantially the same as the time required for decoding in a conventional decoding apparatus that
performs only decoding. That is, the decoding apparatus 70 of Fig. 9 can output results of decoding after time T0 has
passed from the time of the bit stream input. In other words, any delay is not caused by a band extension in the decoding
apparatus 70.
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[Description of Signals in the Decoding Apparatus]

[0092] Fig. 10 is a diagram for explaining the signal that is output from the inverse MDCT unit 75 of the decoding
apparatus 70 of Fig. 9.
[0093] The signal that is output from the inverse MDCT unit 75 is a PCM signal obtained after a frequency transform
is performed on the result of the combination of the lower frequency spectrum SP-Lnormalized by using the lower
frequency envelope ENV-L as shown in Fig. 10, and the pseudo higher frequency spectrum generated from the higher
frequency envelope ENV-H and the lower frequency spectrum SP-L as shown in Fig. 10.

[Description of Effects of Phase Randomization]

[0094] Figs. 11 through 16 are diagrams for explaining the effects of phase randomization performed by the phase
randomizing unit 74 of Fig. 9.
[0095] Fig. 11 is a diagram for explaining the difference in decoding results between a case where phase randomization
is performed and a case where phase randomization is not performed.
[0096] As shown in Fig. 11, the encoding apparatus 50 of Fig. 6 encodes a PCM signal in each section called a frame
having a constant length. Those frames normally overlap one another by 50%. Specifically, the (J-1)th frame and the
Jth frame overlap each other by half a frame, as shown in Fig. 11.
[0097] Fig. 11 illustrates a case where a spectrum with distinctive tone characteristics is encoded, as shown on the
left side of Fig. 11.
[0098] In this case, where the phase of the spectrum is not randomized at the time of decoding of the spectrums of
the (J-1)th and Jth frames as shown in the upper right portion of Fig. 11, the phase of the spectrum of the overlapping
period between the (J-1)th frame and the Jth frame is accurately restored by a combination of the signs and the spectrums
of the (J-1)th and Jth frames. Accordingly, the restored spectrum of the overlapping period is a spectrum with distinctive
tone characteristics.
[0099] Where the phase of the spectrum is randomized at the time of decoding of the spectrums of the (J-1) th and
Jth frames as shown in the lower right portion, on the other hand, the signs of the spectrums of the (J-1)th and Jth frames
are not always the same. Therefore, the phase of the spectrum of the overlapping period is not accurately restored. As
a result, the restored signal of the overlapping period in the decoding apparatus 70 is a spectrum having poorer tone
characteristics than the tone characteristics of the spectrum prior to the encoding.
[0100] As the tone characteristics of the spectrumbecomepoorer, the energy originally concentrating on the specific
spectrum leaks into the surrounding spectrums. Therefore, the peaks (tops) of the spectrum are more restrained compared
with the original spectrum, and the energy of the bottoms of the spectrum is boosted by the energy leaking into the
surroundings. As a result, the spectrum acquires noise characteristics.
[0101] As described above, where phase randomization is performed at the time of decoding, the spectrum having
tone characteristics prior to encoding is transformed into a spectrum having noise characteristics.
[0102] Figs. 12 through 16 are diagrams for explaining the characteristics of the higher frequency spectrum SP-H.
[0103] As shown in A in Fig. 12, where the tone characteristics of the lower frequency spectrum SP-L are distinctive,
the tone characteristics of the higher frequency spectrum SP-Hare often distinctive too. This can be deduced from the
fact that instruments such as wind instruments and string instruments emit sound waves that are a combination of basic
frequency and harmonic components that are integral multiples of the basic frequency.
[0104] In a case where band extension encoding is performed on the spectrum formed with the lower frequency
spectrum SP-L and the higher frequency spectrum SP-H, which have distinctive tone characteristics, a pseudo higher
frequency spectrum that is generated by simply replicating the lower frequency spectrum SP-L at the time of band
extension decoding is a spectrum with distinctive tone characteristics as shown in B in Fig. 12. Accordingly, the sound
corresponding to the results of decoding is hardly disagreeable to the ear.
[0105] Therefore, in a case where the degree of concentration D is higher than the predetermined threshold value, or
where the higher frequency components of the sound to be encoded have tone characteristics, the encoding apparatus
50 of Fig. 6 sets the random flag RND to 0. Therefore, the phase of the pseudo higher frequency spectrum is not
randomized in the decoding apparatus 70. Accordingly, the sound corresponding to the results of decoding is hardly
disagreeable to the ear.
[0106] In a case where the lower frequency spectrum SP-L has distinctive noise characteristics, the noise character-
istics become more distinctive at higher frequencies, as shown in A in Fig. 13 and A in Fig. 14. This can be deduced
from the fact that vibrations of higher frequencies propagate in instruments such as cymbals and maracas that emits hit
sound and impact sound with distinctive noise characteristic or without tone characteristics, and higher frequency sound
has more distinctive noise characteristics, with the amplitudes and phases of the respective vibration factors being
intricately intertwined.
[0107] In a case where band extension encoding is performed on a spectrum formed with the lower frequency spectrum
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SP-L and the higher frequency spectrum SP-H having distinctive noise characteristics as described above, a pseudo
higher frequency spectrum generated by using the lower frequency spectrum SP-L at the time of band extension decoding
is a spectrum with distinctive noise characteristics as shown in B in Fig. 13. Therefore, where phase randomization is
not performed on the pseudo higher frequency spectrum as shown in B in Fig. 13 or where phase randomization is
performed as shown in B in Fig. 14, the noise characteristics of the pseudo higher frequency spectrum are distinctive,
and the sound corresponding to the results of decoding is hardly disagreeable to the ear.
[0108] However, the lower frequency components of sound of instruments with distinctive noise characteristics such
as cymbals or maracas might contain tonic vibrational components. Also, the frequencies of sound of instruments such
as cymbals and maracas are mainly high frequencies, and there is a possibility that the lower frequency components
also contain sound with distinctive tone characteristics. Therefore, even in a case where the noise characteristics of the
higher frequency spectrum SP-H are distinctive, the tone characteristics of the lower frequency spectrum SP-L might
be distinctive as shown in A in Fig. 15 and A in Fig. 16.
[0109] In a case where band extension encoding is performed on a spectrum formed with the lower frequency spectrum
SP-L with distinctive tone characteristics and the higher frequency spectrum SP-H with distinctive noise characteristics
as described above, a pseudo higher frequency spectrum generated by using the lower frequency spectrum SP-L at
the time of band extension decoding might contain tonic components, as shown in B in Fig. 15. Therefore, if the phase
of the pseudo higher frequency spectrum is not randomized as shown in B of Fig. 15, the higher frequency sound
corresponding to the results of decoding does not have the original noise characteristics, but have tone characteristics
like the lower frequency sound, resulting in sound that is disagreeable to the ear.
[0110] In a case where the phase of the pseudo higher frequency spectrum is randomized, on the other hand, the
pseudo higher frequency spectrum after the randomization have noise characteristics as shown in B in Fig. 16, even if
the original pseudo higher frequency spectrum contains tonic components. Accordingly, the sound corresponding to the
results of decoding is hardly disagreeable to the ear.
[0111] In a case where the higher frequency spectrum SP-H has noise characteristics, randomization may be or may
not be performed, if the lower frequency spectrum SP-L also has noise characteristics. In that case, however, randomi-
zation needs to be performed, if the lower frequency spectrum SP-L has tone characteristics. Therefore, in a case where
the higher frequency spectrum SP-H has noise characteristics, randomization is constantly performed, so that decoding
results that are hardly disagreeable to the ear can be achieved based on the degree of concentration D.
[0112] In view of this, in a case where the degree of concentration D is equal to or lower than the predetermined
threshold value, or where the higher frequency components of the sound to be encoded have noise characteristics, the
encoding apparatus 50 of Fig. 6 sets the random flag RND to 1. As a result, the phase of the pseudo higher frequency
spectrum is randomized in the decoding apparatus 70. Accordingly, the sound corresponding to the results of decoding
is hardly disagreeable to the ear.
[0113] Since there exists almost no sound that has distinctive noise characteristics at lower frequencies and distinctive
tone characteristics at higher frequencies in nature, a spectrum formed with the lower frequency spectrum SP-L with
distinctive noise characteristics and the higher frequency spectrum SP-H with distinctive tone characteristics is not
discussed herein.

[Description of Operation of the Decoding Apparatus]

[0114] Fig. 17 is a flowchart for explaining a decoding operation to be performed by the decoding apparatus 70 of Fig.
9. This decoding operation is startedwhen abit stream encoded by the encoding apparatus 50 is input to the decoding
apparatus 70, for example.
[0115] In step S71 of Fig. 17, the dividing unit 71 obtains the bit stream encoded by the encoding apparatus 50, and
divides the bit stream into the random flag RND, the lower frequency envelope ENV-L, the lower frequency spectrum
SP-L, and the higher frequency envelope ENV-H. The dividing unit 71 supplies the random flag RND, the lower frequency
envelope ENV-L, the lower frequency spectrum SP-L, and the higher frequency envelope ENV-H to the inverse quantizing
unit 72.
[0116] In step S72, the inverse quantizing unit 72 performs inverse quantization on the lower frequency envelope
ENV-L, the lower frequency spectrum SP-L, and the higher frequency envelope ENV-H, which are supplied from the
dividing unit 71. The inverse quantizing unit 72 supplies the inversely-quantized lower frequency envelope ENV-L to the
inverse MDCT unit 75, and supplies the lower frequency spectrum SP-L to the inverse MDCT unit 75 and the higher
frequency component generating unit 73. Also, the inverse quantizing unit 72 supplies the higher frequency envelope
ENV-H to the higher frequency component generating unit 73, and supplies the random flag RND to the phase randomizing
unit 74.
[0117] In step S73, the higher frequency component generating unit 73 generates a pseudo higher frequency spectrum
by using the lower frequency spectrum SP-L and the higher frequency envelope ENV-H, which are supplied from the
inverse quantizing unit 72. The higher frequency component generating unit 73 supplies the generated pseudo higher
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frequency spectrum to the phase randomizing unit 74.
[0118] In step S74, the phase randomizing unit 74 determines whether the random flag RND supplied from the inverse
quantizing unit 72 is 1. If the random flag RND is determined to be 1 in step S74, the phase randomizing unit 74, in step
S75, randomizes the phase of the pseudo higher frequency spectrum supplied from the higher frequency component
generating unit 73, according to the above described equation (2). The phase randomizing unit 74 then supplies the
pseudo higher frequency spectrum having its phase randomized to the inverse MDCT unit 75, and the operation moves
on to step S76.
[0119] If the random flag RND is determined not to be 1 or is determined to be 0 in step S74, the phase randomizing
unit 74 does not randomize the phase of the pseudo higher frequency spectrum, and supplies the pseudo higher frequency
spectrum as it is to the inverse MDCT unit 75. The operation then moves on to step S76.
[0120] In step S76, the inverse MDCT unit 75 denormalizes the lower frequency spectrum SP-L by using the lower
frequency envelope ENV-L supplied from the inverse quantizing unit 32.
[0121] In step S77, the inverse MDCT unit 75 combines the denormalized lower frequency spectrum SP-L with the
pseudo higher frequency spectrum supplied from the phase randomizing unit 74, and performs an inverse MDCT on
the resultant entire-band spectrum. By doing so, the inverse MDCT unit 75 obtains an entire-band PCM signal. The
inverse MDCT unit 75 outputs the entire-band PCM signal as decoding results, and the operation comes to an end.
[0122] As described above, the decoding apparatus 70 generates the pseudo higher frequency spectrum by using
the lower frequency spectrum SP-L prior to the inverse MDCT, and randomizes the pseudo higher frequency spectrum
in accordance with the random flag RND determined based on the degree of concentration of the higher frequency
spectrum SP-H. By doing so, the decoding apparatus 70 restores the higher frequency components of the spectrum of
the sound to be encoded.
[0123] By using the lower frequency spectrum SP-L in the above manner, a spectrum that is relatively similar to the
higher frequency spectrum SP-H can be restored as the higher frequency components of the spectrum of sound to be
encoded. Accordingly, as the higher frequency components of the spectrum of sound to be encoded are restored by
using the lower frequency spectrum SP-L, a decoding operation and a band extending operation can be simultaneously
performed on the lower frequency spectrum SP-L, and the delay time caused by the band extension can be shortened.
As a result, the entire-band PCM signal of sound that is not muffled and is beautiful and agreeable to the ear is output
as the results of decoding after substantially the same period of time has passed as in a decoding apparatus not
performing the band extension operation.
[0124] Also, the decoding apparatus 70 randomizes the phase of the pseudo higher frequency spectrum generated
by using the lower frequency spectrum SP-L, to generate a pseudo higher frequency spectrum with noise characteristics.
Accordingly, the decoding apparatus 70 can generate a pseudo higher frequency spectrum that is more similar to the
higher frequency spectrum SP-H than in a case where a random spectrum is simply generated as a pseudo higher
frequency spectrum.
[0125] Further, the decoding apparatus 70 generates the lower frequency components and the higher frequency
components of a spectrum prior to the inverse MDCT. Therefore, the decoding apparatus 70 does not need to include
the band dividing filter 41 and the band combining filter 43 for band extending operations, like the decoding apparatus
30 of Fig. 3. Accordingly, the processing for band extending operations, and the resources such as the circuit size and
the code size can be reduced, compared with those in the decoding apparatus 30 of Fig. 3.

<Second Embodiment>

[Example Structure of Second Embodiment of Decoding Apparatus]

[0126] Fig. 18 is a block diagram showing an example structure of a second embodiment of a decoding apparatus to
which the present invention is applied.
[0127] Of the components shown in Fig. 18, the same components as those shown in Figs. 3 and 9 are denoted by
the same reference numerals used in Figs. 3 and 9, and the same explanation will not be repeated.
[0128] The structure of the decoding apparatus 100 of Fig. 18 differs from the structure of the decoding apparatus 70
of Fig. 9 in that the dividing unit 71 and the inverse quantizing unit 72 are replaced with a dividing unit 31 and an inverse
quantizing unit 32, and a determining unit 101 is added. The decoding apparatus 100 determines a random flag RND,
based on a lower frequency spectrum SP-L included in a bit stream encoded by the encoding apparatus 10 of Fig. 1.
[0129] Specifically, based on the lower frequency spectrum SP-L inversely-quantized by the inverse quantizing unit
32, the determining unit 101 determines the degree of concentration D’ of the lower frequency spectrum SP-L according
to the following equation (3), for example:
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[0130] In the equation (3), max(SP-L) represents the maximum value of the lower frequency spectrum SP-L, and
ave(SP-L) represents the average value of the lower frequency spectrum SP-L.
[0131] According to the equation (3), in a case where the tone characteristics of the lower frequency components of
the sound to be encoded are distinctive and the distribution of the lower frequency spectrum SP-L has a high degree of
bias, the degree of concentration D’ is high. In a case where the noise characteristics of the lower frequency components
of the sound to be encoded are distinctive and the distribution of the lower frequency spectrum SP-L is uniform, the
degree of concentration D’ is low.
[0132] The determining unit 101 determines the random flag RND, based on the degree of concentration D’. Specifically,
in a case where the degree of concentration D is higher than a threshold value that is set in the decoding apparatus 100
in advance, or where the tone characteristics of the lower frequency spectrum SP-L are distinctive, the determining unit
101 determines the random flag RND to be 0. In a case where the degree of concentration D’ is equal to or lower than
the predetermined threshold value, or where the noise characteristics of the lower frequency spectrum SP-L are distinc-
tive, on the other hand, the determining unit 101 determines the random flag RND to be 1. The determining unit 101
supplies the determined random flag RND to the phase randomizing unit 74. Accordingly, where the tone characteristics
of the lower frequency spectrum SP-L are distinctive, the phase of a pseudo higher frequency spectrum is not randomized.
Where the noise characteristics of the lower frequency spectrum SP-L are distinctive, the phase of the pseudo higher
frequency spectrum is randomized. As a result, the sound corresponding to the results of decoding has a sufficiently
high auditory quality.

[Description of Operation of the Decoding Apparatus]

[0133] Fig. 19 is a flowchart for explaining a decoding operation to be performed by the decoding apparatus 100 of
Fig. 18. This decoding operation is started when a bit stream encoded by the encoding apparatus 10 of Fig. 1 is input
to the decoding apparatus 100, for example.
[0134] In step S91 of Fig. 19, the dividing unit 31 divides the bit stream encoded by the encoding apparatus 10 into a
lower frequency envelope ENV-L, the lower frequency spectrum SP-L, and a higher frequency envelope ENV-H, which
are then supplied to the inverse quantizing unit 32.
[0135] The procedures of steps S92 and S93 are the same as the procedures of steps S72 and S73 of Fig. 17, and
therefore, explanation of them is not repeated herein.
[0136] After the procedure of step S93, the determining unit 101, in step S94, determines the degree of concentration
D’ of the lower frequency spectrum SP-L according to the above described equation (3), based on the lower frequency
spectrum SP-L inversely-quantized by the inverse quantizing unit 32.
[0137] In step S95, the determining unit 101 determines the random flag RND, based on the degree of concentration
D’. The determining unit 101 supplies the random flag RND to the phase randomizing unit 74, and the operation moves
on to step S96.
[0138] The procedures of steps S96 through S99 are the same as the procedures of steps S74 through S77 of Fig.
17, and therefore, explanation of them is not repeated herein.

<Third Embodiment>

[Description of Computer to Which the Present Invention is Applied]

[0139] The above described series of encoding procedures and decoding procedures can be carried out by hardware
or software. In a case where the series of encoding procedures and decoding procedures are carried out by software,
the programs as the software are installed in a general-purpose computer or the like.
[0140] Fig. 20 shows an example structure of an embodiment of the computer in which the programs for carrying out
the above described series of procedures are installed.
[0141] The programs can be recorded beforehand in a storage unit 208 or a ROM (Read Only Memory) 202 that are
provided as recording media in the computer.
[0142] Alternatively, the programs may be stored (recorded) in a removable medium 211. This removable medium
211 can be provided as so-called package software. Here, the removable medium 211 may be a flexible disc, a CD-
ROM (Compact Disc Read Only Memory), a MO (Magneto Optical) disc, a DVD (Digital Versatile Disc), a magnetic disc,
a semiconductor memory, or the like, for example.
[0143] The programs are installed in the computer from the above described removable medium 211 via a drive 210.
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Alternatively, the programs may be downloaded into the computer via a communication network or a broadcast network,
and be installed in the internal storage unit 208. That is, the programs can be transferred wirelessly from a download
site to the computer via an artificial satellite for digital satellite broadcasting, or can be transferred online to the computer
via a network such as a LAN (Local Area Network) or the Internet, for example.
[0144] The computer includes a CPU (Central Processing Unit) 201, and an input/output interface 205 is connected
to the CPU 201 via a bus 204.
[0145] When an instruction is input by a user operating an input unit 206 via the input/output interface 205, the CPU
201 executes a program stored in the ROM 202, in accordance with the instruction. Alternatively, the CPU 201 loads
the program from the storage unit 208 into a RAM (Random Access Memory) 203, and then executes the program.
[0146] With this arrangement, the CPU 201 performs operations according to the above described flowcharts or
performs operations with the structures shown in the above described block diagrams. Via the input/output interface
205, the CPU 201 outputs the results of the operations from an output unit 207, or transmits the results from a commu-
nication unit 209, or records the results into the storage unit 208, for example, where necessary.
[0147] The input unit 206 is a keyboard, a mouse, a microphone, or the like. The output unit 207 is a LCD (Liquid
Crystal Display), a speaker, or the like.
[0148] In this specification, procedures to be carried out by the computer in accordance with the programs are not
necessarily carried out in chronological order by following the sequences shown in the flowcharts. That is, the procedures
to be carried out by the computer in accordance with the programs include procedures to be carried out in parallel or
independently of one another (such as parallel processing or processing by objects, for example).
[0149] The programs may be executed by a computer (or a processor), or may be executed by two or more computers
in a distributed manner. Further, the programs may be transferred to a remote computer, and be executed by the remote
computer.

REFERENCE SIGNS LIST

[0150]

50 Encoding apparatus
52 Multiplexing unit
61 Determining unit
62 Extracting unit
63 Normalizing unit
70 Decoding apparatus
71 Dividing unit
73 Higher frequency component generating unit
74 Phase randomizing unit
75 Inverse MDCT unit
100 Decoding apparatus
101 Dividing unit
101 Determining unit

Claims

1. A decoding apparatus (70) comprising:

an obtaining unit (71) configured to obtain, as encoding results, a lower frequency envelope of an audio signal,
a lower frequency spectrum normalized by using the lower frequency envelope, a higher frequency envelope
of the audio signal, and a degree of concentration of a higher frequency spectrum of the audio signal, wherein
the degree of concentration represents a ratio of a maximum in a higher frequency spectrum of the audio signal
to an average of a higher frequency spectrum of the audio signal;
a generating unit (73) configured to generate a higher frequency spectrum by using the normalized lower
frequency spectrum and the higher frequency envelope of the encoding results obtained by the obtaining unit;
a randomizing unit (74) configured to randomize a phase of the higher frequency spectrum, based on the degree
of concentration, the higher frequency spectrum being generated by the generating unit; and
a combining unit (75) configured to denormalize the lower frequency spectrum by using the lower frequency
envelope and combine the higher frequency spectrum randomized by the randomizing unit or the higher fre-
quency spectrum generated by the generating unit with the denormalized lower frequency spectrum, a result
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of the combination being used as a spectrum of an entire band.

2. The decoding apparatus according to claim 1, wherein
when the degree of concentration is higher than a predetermined threshold value, the randomizing unit does not
randomize the phase of the spectrum generated by the generating unit, and
when the degree of concentration is equal to or lower than the predetermined threshold value, the randomizing unit
randomizes the phase of the spectrum generated by the generating unit.

3. The decoding apparatus according to claim 1, wherein
the obtaining unit obtains a random flag, the random flag being information indicating whether the randomizing unit
is to perform randomization, the random flag being determined based on the lower frequency envelope, the lower
frequency spectrum, the higher frequency envelope, and the degree of concentration,
when the random flag is information indicating that the randomization is to be performed, the randomizing unit
randomizes the phase of the spectrum and supplies the randomized spectrum to the combining unit, and
when the random flag is information indicating that the randomization is not to be performed, the randomizing unit
does not randomize the phase of the spectrum and supplies the spectrum to the combining unit.

4. A decoding method implemented in a decoding apparatus, the decoding method comprising:

an obtaining step of obtaining, as encoding results, a lower frequency envelope of an audio signal, a lower
frequency spectrum normalized by using the lower frequency envelope, a higher frequency envelope of the
audio signal, and a degree of concentration of a higher frequency spectrum of the audio signal, wherein the
degree of concentration represents a ratio of a maximum in a higher frequency spectrum of the audio signal to
an average of a higher frequency spectrum of the audio signala;
a generating step of generating a higher frequency spectrum by using the normalized lower frequency spectrum
and the higher frequency envelope of the encoding results obtained in the obtaining step;
a randomizing step of randomizing a phase of the higher frequency spectrum, based on the degree of concen-
tration, the higher frequency spectrum being generated in the generating step; and
a combining step of denormalizing the lower frequency spectrum by using the lower frequency envelope and
combining the higher frequency spectrum randomized in the randomizing step or the higher frequency spectrum
generated in the generating step with the denormalized lower frequency spectrum, a result of the combination
being used as a spectrum of an entire band.

5. A program for causing a computer to perform the decoding method of claim 4.

Patentansprüche

1. Decodierungsvorrichtung (70), die Folgendes umfasst:

eine Erlangungseinheit (71), die dafür konfiguriert ist, als Codierungsergebnisse eine Einhüllende niedrigerer
Frequenz eines Audiosignals, ein Spektrum niedriger Frequenz, das unter Verwendung der Einhüllenden nied-
riger Frequenz normiert ist, eine Einhüllende höherer Frequenz des Audiosignals und einen Grad der Konzen-
tration eines Spektrums höheren Frequenz des Audiosignals zu erlangen, wobei der Grad der Konzentration
ein Verhältnis eines Maximums in einem Spektrum höherer Frequenz des Audiosignals zu einem Durchschnitt
eines Spektrums höherer Frequenz des Audiosignals repräsentiert;
eine Erzeugungseinheit (73), die dafür konfiguriert ist, unter Verwendung des normierten Spektrums niedrigerer
Frequenz und der Einhüllenden höherer Frequenz der durch die Erlangungseinheit erlangten Codierungser-
gebnisse ein Spektrum höherer Frequenz zu erzeugen;
eine Randomisierungseinheit (74), die dafür konfiguriert ist, eine Phase des Spektrums höherer Frequenz auf
der Grundlage des Grads der Konzentration zu randomisieren, wobei das Spektrum höherer Frequenz durch
die Erzeugungseinheit erzeugt wird; und
eine Kombinationseinheit (75), die dafür konfiguriert ist, das Spektrum niedrigerer Frequenz unter Verwendung
der Einhüllenden niedrigerer Frequenz zu entnormieren und das durch die Randomisierungseinheit randomi-
sierte Spektrum höherer Frequenz oder das durch die Erzeugungseinheit erzeugte Spektrum höherer Frequenz
mit dem entnormierten Spektrum niedrigerer Frequenz zu kombinieren, wobei ein Ergebnis der Kombination
als ein Spektrum eines gesamten Bands verwendet wird.
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2. Decodierungsvorrichtung nach Anspruch 1, wobei
die Randomisierungseinheit die Phase des durch die Erzeugungseinheit erzeugten Spektrums nicht randomisiert,
wenn der Grad der Konzentration höher als ein vorgegebener Schwellenwert ist, und
die Randomisierungseinheit die Phase des durch die Erzeugungseinheit erzeugten Spektrums randomisiert, wenn
der Grad der Konzentration gleich oder kleiner einem vorgegebenen Schwellenwert ist.

3. Decodierungsvorrichtung nach Anspruch 1, wobei
die Erlangungseinheit einen Zufallsmerker erlangt, wobei der Zufallsmerker Informationen sind, die angeben, ob
die Randomisierungseinheit eine Randomisierung ausführen soll, wobei der Zufallsmerker auf der Grundlage der
Einhüllenden niedrigerer Frequenz, des Spektrums niedrigerer Frequenz, der Einhüllenden höherer Frequenz und
des Grads der Konzentration bestimmt wird,
die Randomisierungseinheit die Phase des Spektrums randomisiert und das randomisierte Spektrum der Kombi-
nationseinheit zuführt, wenn der Zufallsmerker Informationen sind, die angeben, dass die Randomisierung ausge-
führt werden soll, und
die Randomisierungseinheit die Phase des Spektrums nicht randomisiert und das Spektrum der Kombinationseinheit
zuführt, wenn der Zufallsmerker Informationen sind, die angeben, dass die Randomisierung nicht ausgeführt werden
soll.

4. Decodierungsverfahren, das in einer Decodierungsvorrichtung implementiert wird,
wobei das Decodierungsverfahren Folgendes umfasst:

einen Erlangungsschritt, um als Codierungsergebnisse eine Einhüllende niedrigerer Frequenz eines Audiosi-
gnals, ein Spektrum niedrigerer Frequenz, das unter Verwendung der Einhüllenden niedrigerer Frequenz nor-
miert ist, eine Einhüllende höherer Frequenz des Audiosignals und einen Grad der Konzentration eines Spek-
trums höherer Frequenz des Audiosignals zu erlangen, wobei der Grad der Konzentration ein Verhältnis eines
Maximums in einem Spektrum höherer Frequenz des Audiosignals zu einem Durchschnitt eines Spektrums
höherer Frequenz des Audiosignals repräsentiert;
einen Erzeugungsschritt zum Erzeugen eines Spektrums höherer Frequenz unter Verwendung des normierten
Spektrums niedrigerer Frequenz und der Einhüllenden höherer Frequenz der in dem Erlangungsschritt erlangten
Codierungsergebnisse;
einen Randomisierungsschritt zum Randomisieren einer Phase des Spektrums höherer Frequenz auf der Grund-
lage des Grads der Konzentration, wobei das Spektrum höherer Frequenz in dem Erzeugungsschritt erzeugt
wird; und
einen Kombinationsschritt des Entnormierens des Spektrums niedrigerer Frequenz unter Verwendung der Ein-
hüllenden niedrigerer Frequenz und des Kombinierens des in dem Randomisierungsschritt randomisierten
Spektrums höherer Frequenz oder des in dem Erzeugungsschritt erzeugten Spektrum höherer Frequenz mit
dem entnormierten Spektrum niedrigerer Frequenz, wobei ein Ergebnis der Kombination als ein Spektrum eines
gesamten Bands verwendet wird.

5. Programm, um zu veranlassen, dass ein Computer das Decodierungsverfahren nach Anspruch 4 ausführt.

Revendications

1. Appareil (70) de décodage comportant :

une unité (71) d’obtention configurée pour obtenir, en tant que résultats de codage, une enveloppe de fréquences
inférieures d’un signal audio, un spectre de fréquences inférieures normalisé en utilisant l’enveloppe de fré-
quences inférieures, une enveloppe de fréquences supérieures du signal audio, et un degré de concentration
d’un spectre de fréquences supérieures du signal audio, le degré de concentration représentant un rapport d’un
maximum dans un spectre de fréquences supérieures du signal audio à une moyenne d’un spectre de fréquences
supérieures du signal audio ;
une unité (73) de génération configurée pour générer un spectre de fréquences supérieures en utilisant le
spectre normalisé de fréquences inférieures et l’enveloppe de fréquences supérieures des résultats de codage
obtenus par l’unité d’obtention ;
une unité (74) de distribution aléatoire configurée pour distribuer aléatoirement une phase du spectre de fré-
quences supérieures, d’après le degré de concentration, le spectre de fréquences supérieures étant généré
par l’unité de génération ; et
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une unité (75) de combinaison configurée pour dénormaliser le spectre de fréquences inférieures en utilisant
l’enveloppe de fréquences inférieures et combiner le spectre de fréquences supérieures distribué aléatoirement
par l’unité de distribution aléatoire ou le spectre de fréquences supérieures généré par l’unité de génération
avec le spectre dénormalisé de fréquences inférieures, un résultat de la combinaison étant utilisé comme spectre
d’une bande tout entière.

2. Appareil de décodage selon la revendication 1, caractérisé en ce que
lorsque le degré de concentration est supérieur à une valeur seuil prédéterminée, l’unité de distribution aléatoire
ne distribue pas aléatoirement la phase du spectre généré par l’unité de génération, et
lorsque le degré de concentration est inférieur ou égal à la valeur seuil prédéterminée, l’unité de distribution aléatoire
distribue aléatoirement la phase du spectre généré par l’unité de génération.

3. Appareil de décodage selon la revendication 1, caractérisé en ce que
l’unité d’obtention obtient un indicateur aléatoire, l’indicateur aléatoire étant une information indiquant si l’unité de
distribution aléatoire doit effectuer une distribution aléatoire, l’indicateur aléatoire étant déterminé d’après l’enveloppe
de fréquences inférieures, le spectre de fréquences inférieures, l’enveloppe de fréquences supérieures et le degré
de concentration,
lorsque l’indicateur aléatoire est une information indiquant que la distribution aléatoire doit être effectuée, l’unité de
distribution aléatoire distribue aléatoirement la phase du spectre et fournit le spectre distribué aléatoirement à l’unité
de combinaison, et lorsque l’indicateur aléatoire est une information indiquant que la distribution aléatoire ne doit
pas être effectuée, l’unité de distribution aléatoire ne distribue pas aléatoirement la phase du spectre et fournit le
spectre à l’unité de combinaison.

4. Procédé de décodage mis en oeuvre dans un appareil de décodage,
le procédé de décodage comportant :

une étape d’obtention consistant à obtenir, en tant que résultats de codage, une enveloppe de fréquences
inférieures d’un signal audio, un spectre de fréquences inférieures normalisé en utilisant l’enveloppe de fré-
quences inférieures, une enveloppe de fréquences supérieures du signal audio, et un degré de concentration
d’un spectre de fréquences supérieures du signal audio, le degré de concentration représentant un rapport d’un
maximum dans un spectre de fréquences supérieures du signal audio à une moyenne d’un spectre de fréquences
supérieures du signal audio ;
une étape de génération consistant à générer un spectre de fréquences supérieures en utilisant le spectre
normalisé de fréquences inférieures et l’enveloppe de fréquences supérieures les résultats de codage obtenus
lors de l’étape d’obtention ;
une étape de distribution aléatoire consistant à distribuer aléatoirement une phase du spectre de fréquences
supérieures d’après le degré de concentration, le spectre de fréquences supérieures étant généré lors de l’étape
de génération ; et
une étape de combinaison consistant à dénormaliser le spectre de fréquences inférieures en utilisant l’enveloppe
de fréquences inférieures et à combiner le spectre de fréquences supérieures distribué aléatoirement lors de
l’étape de distribution aléatoire ou le spectre de fréquences supérieures généré lors de l’étape de génération
avec le spectre dénormalisé de fréquences inférieures, un résultat de la combinaison étant utilisé comme spectre
d’une bande tout entière.

5. Programme destiné à faire en sorte qu’un ordinateur effectue le procédé de décodage selon la revendication 4.
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