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Description

Field

[0001] This specification relates to methods, appara-
tuses and computer programs relating to spatial audio,
and to rendering spatial audio dependant on the position
of a user device in relation to a virtual space.

Background

[0002] Audio signal processing techniques allow iden-
tification and separation of individual sound sources from
audio signals which include components from a plurality
of different sounds sources. Once an audio signal rep-
resenting an identified audio signal has been separated
from the remainder of the signal, characteristics of the
separated signal may be modified in order to provide dif-
ferent audible effects to a listener.
[0003] US 2016/0212562 discloses processing audio
signals from multiple recording devices. Zheng Xiguang
el al: "Encoding and communicating navigable speech
soundfields" discloses a system for encoding nd com-
municating navigable speech soundfields for applica-
tions such as immersive audio/visual conferencing, audio
surveillance or large spaces and free viewpoint televi-
sion.
[0004] US 2017/0309289 A1 discloses capturing and
modifying spatial audio signals using a measure of
source separation success.

Summary

[0005] A first aspect provides an apparatus, compris-
ing: means for receiving, from a first spatial audio capture
apparatus, a first composite audio signal comprising
components derived from one or more sound sources in
a capture space; means for identifying a position of a
user device in relation to the first spatial audio capture
apparatus; and means, responsive to the position of the
user device corresponding to a first area associated with
the position of the first spatial audio capture apparatus,
to render audio representing the one or more sound
sources to the user device, the rendering being per-
formed differently dependent on whether or not individual
audio signals from each of the one or more sound sources
can be successfully separated from the first composite
signal. The means for rendering audio is configured such
that successful separation is determined by calculating,
for each individual audio signal, a measure of success
for the separation and determining whether or not it meets
a predetermined success threshold.
[0006] The means for rendering audio may be config-
ured such that rendering is performed differently depend-
ent on whether or not individual audio signals from all
sound sources within a predetermined range of the spa-
tial audio capture apparatus, associated with the identi-
fied first area, can be successfully separated from its

composite audio signal.
[0007] The means for rendering audio may be config-
ured such that the measure of success is calculated using
one or more of: a correlation between a remainder of the
composite audio signal and at least one reference audio
signal; a correlation between a frequency spectrum as-
sociated with the remainder of the composite audio signal
and a frequency spectrum associated with a reference
audio signal; and a correlation between a remainder of
composite audio signal and a component of a video signal
corresponding to the composite audio signal.
[0008] The apparatus may further comprise means for
receiving from a second spatial audio capture apparatus
a second composite audio signal comprising compo-
nents derived from the one or more sound sources in the
capture space, and means for identifying the position of
the user device as corresponding to the first area or a
second area associated with the second spatial audio
capture apparatus, wherein the means for rendering au-
dio is configured such that if the one or more sound sourc-
es can be successfully separated from the first but not
the second composite audio signal, the rendering is per-
formed differently for the first and second areas.
[0009] The means for rendering audio may be config-
ured such that, for a user device position within the first
area, volumetric audio rendering is performed in such a
way that a detected change of user device position within
the first area results in a change in position of the audio
signal for the one or more of the sound sources to create
the effect of user device movement.
[0010] The means for rendering audio may be config-
ured such that detected translational and rotational
changes of user device position result in a substantially
corresponding translational and rotational change in po-
sition of the audio signal for the one or more sound sourc-
es.
[0011] The means for rendering audio may be config-
ured such that the volumetric rendering is performed us-
ing a mix comprising (i) a modified version of the first
composite signal from which the individual audio signals
are removed, and (ii) a modified version of each of the
individual audio signals
[0012] The means for rendering audio may be config-
ured such that the modified version of an individual audio
signal comprises a wet version of said individual audio
signal, generated by applying an impulse response of
the capture space to the individual audio signal.
[0013] The means for rendering audio may be config-
ured such that the wet version of the individual audio
signal is further mixed with a dry version of the individual
audio signal. The means for rendering audio may be con-
figured such that for a user device position within the
second area, audio rendering is performed such that: (i)
the position of the audio sources change to reflect a ro-
tational change in user device position; or (ii) the position
of the audio sources change using volumetric audio ren-
dering based on signals from the first spatial audio cap-
ture apparatus.

1 2 



EP 3 503 592 B1

3

5

10

15

20

25

30

35

40

45

50

55

[0014] The apparatus may further comprise means to
provide video data for rendering to a display screen of
the user device, the video data representing captured
video content and further comprising an indication of
whether the user device position corresponds to the first
area or another area.
[0015] The means to provide video data may be con-
figured such that the video data comprises an indication
that a boundary of the first area with the other area is
being approached and that a change in audio rendering
will result from crossing the boundary.
[0016] The means to provide video data may be con-
figured such that the video data comprises a shortcut,
selection of which is effective to return the user device
position to the other one of the first area and the other
area.
[0017] The apparatus may further comprise means to
provide a user interface for displaying a representation
of the first area, the audio rendering to be used for the
first area, and to enable modification of the size and/or
shape of the first and area.
[0018] The means to provide the user interface may
be configured such that the user interface further permits
modification of the audio rendering to be used for the first
area.
[0019] Another aspect provides a method, comprising:
receiving, from a first spatial audio capture apparatus a
first composite audio signal comprising components de-
rived from one or more sound sources in a capture space;
receiving individual audio signals derived from each of
the one or more sound sources; identifying a position of
a user device in relation to the first spatial audio capture
apparatus; and responsive to the position of the user de-
vice corresponding to a first area associated with the po-
sition of the first spatial audio capture apparatus, render-
ing audio representing the one or more sound sources
to the user device, the rendering being performed differ-
ently dependent on whether or not the individual audio
signals can be successfully separated from the first com-
posite signal. The rendering is such that successful sep-
aration is determined by calculating, for each individual
audio signal, a measure of success for the separation
and determining whether or not it meets a predetermined
success threshold.
[0020] The rendering may be performed differently de-
pendent on whether or not individual audio signals from
all sound sources within a predetermined range of the
spatial audio capture apparatus, associated with the
identified first area, can be successfully separated from
its composite audio signal.
[0021] The rendering may be such that the measure
of success is calculated using one or more of: a correla-
tion between a remainder of the composite audio signal
and at least one reference audio signal; a correlation be-
tween a frequency spectrum associated with the remain-
der of the composite audio signal and a frequency spec-
trum associated with a reference audio signal; and a cor-
relation between a remainder of composite audio signal

and a component of a video signal corresponding to the
composite audio signal.
[0022] The method may further comprise receiving
from a second spatial audio capture apparatus a second
composite audio signal comprising components derived
from the one or more sound sources in the capture space,
and identifying the position of the user device as corre-
sponding to the first area or a second area associated
with the second spatial audio capture apparatus, wherein
rendering audio is such that if the one or more sound
sources can be successfully separated from the first but
not the second composite audio signal, the rendering is
performed differently for the first and second areas.
[0023] The rendering audio may be such that, for a
user device position within the first area, volumetric audio
rendering is performed in such a way that a detected
change of user device position within the first area results
in a change in position of the audio signal for the one or
more of the sound sources to create the effect of user
device movement.
[0024] The rendering audio may be such that detected
translational and rotational changes of user device posi-
tion result in a substantially corresponding translational
and rotational change in position of the audio signal for
the one or more sound sources.
[0025] The rendering audio may be such that the vol-
umetric rendering is performed using a mix comprising
(i) a modified version of the first composite signal from
which the individual audio signals are removed, and (ii)
a modified version of each of the individual audio signals
[0026] The rendering audio may be such that the mod-
ified version of an individual audio signal comprises a
wet version of said individual audio signal, generated by
applying an impulse response of the capture space to
the individual audio signal.
[0027] The rendering audio may be configured such
that the wet version of the individual audio signal is further
mixed with a dry version of the individual audio signal.
[0028] The rendering audio may be such that for a user
device position within the second area, audio rendering
is performed such that: (i) the position of the audio sourc-
es change to reflect a rotational change in user device
position; or (ii) the position of the audio sources change
using volumetric audio rendering based on signals from
the first spatial audio capture apparatus.
[0029] The method may further comprise providing vid-
eo data for rendering to a display screen of the user de-
vice, the video data representing captured video content
and further comprising an indication of whether the user
device position corresponds to the first area or another
area.
[0030] Providing video data may be such that the video
data comprises an indication that a boundary of the first
area with the other area is being approached and that a
change in audio rendering will result from crossing the
boundary.
[0031] Providing video data may be such that the video
data comprises a shortcut, selection of which is effective
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to return the user device position to the other one of the
first area and the other area.
[0032] The method may further comprise providing a
user interface for displaying a representation of the first
area, the audio rendering to be used for the first area,
and to enable modification of the size and/or shape of
the first and area.
[0033] Providing the user interface may be such that
the user interface further permits modification of the au-
dio rendering to be used for the first area.
[0034] Another aspect provides computer-readable in-
structions which, when executed by computing appara-
tus, cause the computing apparatus to cause perform-
ance of the above method operations.

Brief Description of the Figures

[0035] For better understanding of the present appli-
cation, reference will be made by way of example to the
accompanying drawings in which:

Figure 1 is an example of an audio capture system
which may be used in order to capture audio signals
for processing in accordance with various examples
described herein;
Figures 2a and 2b are schematic views of a moving
sound source relative to a user, respectively indicat-
ing a successful and non-successful sound separa-
tion;
Figure 3 is a schematic plan view of a capture space
in which successful sound separation permits a user
wearing a user device to traverse the corresponding
virtual space using six degrees-of-freedom, in ac-
cordance with various examples described herein;
Figure 4 is a schematic plan view of a capture space
in which sound separation is successful for only a
subset of spatial audio capture apparatuses, in ac-
cordance with various examples described herein;
Figure 5 is a schematic plan view of the Figure 4
capture space in which first and second regions are
defined based on the determination of sound sepa-
ration, in accordance with various examples de-
scribed herein;
Figures 6a - 6c show schematic plan and user inter-
face views in respective stages of user movement
in which an indication is presented on the user inter-
face to indicate transition between regions, in ac-
cordance with various examples described herein;
Figure 7 shows a editing user interface view for per-
mitting a user to modify one or more regions asso-
ciated with a spatial audio capture apparatus, in ac-
cordance with various examples described herein;
Figure 8 shows a user interface view for permitting
a user to prioritize ambience over position precision,
in accordance with various examples described
herein;
Figure 9 shows the Figure 8 user interface view in
which position precision is prioritized over ambience,

in accordance with various examples described
herein;
Figures 10a and 10b are schematic plan views of
the Figure 3 capture space in which a further, third
spatial audio capture apparatus and a further sound
source is present, in accordance with various exam-
ples described herein;
Figures 11a and 11b show the Figure 10 capture
space in which a selector is provided to permit se-
lection of a three degrees-of-freedom or six degrees-
of-freedom fallback option, in accordance with vari-
ous examples described herein;
Figure 12 is a schematic illustration of an example
configuration of the audio processing apparatus de-
picted in Figure 1; and
Figure 13 is a flow diagram showing processing op-
erations performed by the audio processing appara-
tus depicted in Figures 1 and 12, in accordance with
various examples described herein.

Detailed Description of Embodiments

[0036] In the description and drawings, like reference
numerals refer to like elements throughout.
[0037] Figure 1 is an example of an audio capture sys-
tem 1 which may be used in order to capture audio signals
for processing in accordance with various examples de-
scribed herein. In this example, the system 1 comprises
a spatial audio capture apparatus 10 configured to cap-
ture a spatial audio signal, and one or more additional
audio capture devices 12A, 12B, 12C.
[0038] The spatial audio capture apparatus 10 com-
prises a plurality of audio capture devices 101A, B (e.g.
directional or non-directional microphones) which are ar-
ranged to capture audio signals which may subsequently
be spatially rendered into an audio stream in such a way
that the reproduced sound is perceived by a listener as
originating from at least one virtual spatial position. Typ-
ically, the sound captured by the spatial audio capture
apparatus 10 is derived from plural different sound sourc-
es which may be at one or more different locations rela-
tive to the spatial audio capture apparatus 10. As the
captured spatial audio signal includes components de-
rived from plural different sounds sources, it may be re-
ferred to as a composite audio signal. Although only two
audio capture devices 101A, B are visible in Figure 1,
the spatial audio capture apparatus 10 may comprise
more than two devices 101A, B. For instance, in some
specific examples, the audio capture apparatus 10 may
comprise eight audio capture devices.
[0039] In the example of Figure 1, the spatial audio
capture apparatus 10 is also configured to capture visual
content (e.g. video) by way of a plurality of visual content
capture devices 102A-G (e.g. cameras). The plurality of
visual content capture devices 102A-G of the spatial au-
dio capture apparatus 10 may be configured to capture
visual content from various different directions around
the apparatus, thereby to provide immersive (or virtual
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reality content) for consumption by users. In the example
of Figure 1, the spatial audio capture apparatus 10 is a
presence-capture device, such as Nokia’s OZO camera.
However, as will be appreciated, the spatial audio cap-
ture apparatus 10 may be another type of device and/or
may be made up of plural physically separate devices.
For example, the spatial audio capture apparatus 10 may
record only audio and not video. As another example,
the spatial audio capture apparatus may be a mobile
phone. As will also be appreciated, although the content
captured may be suitable for provision as immersive con-
tent, it may also be provided in a regular non-VR format
for instance via a smart phone or tablet computer.
[0040] As mentioned previously, in the example of Fig-
ure 1, the spatial audio capture system 1 further com-
prises one or more additional audio capture devices 12A-
C. Each of the additional audio capture devices 12A-C
may comprise at least one microphone and, in the ex-
ample of Figure 1, the additional audio capture devices
12A-C are lavalier microphones configured for capture
of audio signals derived from an associated user 13A-C.
For instance, in Figure 1, each of the additional audio
capture devices 12A-C is associated with a different user
by being affixed to the user in some way. However, it will
be appreciated that, in other examples, the additional
audio capture devices 12A-C may take a different form
and/or may be located at fixed, predetermined locations
within an audio capture environment. In some embodi-
ments, all or some of the additional audio capture devices
may be mobile phones.
[0041] The locations of the additional audio capture
devices 12A-C and/or the spatial audio capture appara-
tus 10 within the audio capture environment may be
known by, or may be determinable by, the audio capture
system 1 (for instance, the audio processing apparatus
14). For instance, in the case of mobile audio capture
apparatuses, the apparatuses may include location de-
termination component for enabling the location of the
apparatuses to be determined. In some specific exam-
ples, a radio frequency location determination system
such as High Accuracy Indoor Positioning may be em-
ployed, whereby the additional audio capture devices
12A-C (and in some examples the spatial audio capture
apparatus 10) transmit messages for enabling a location
server to determine the location of the additional audio
capture devices within the audio capture environment.
In other examples, for instance when the additional audio
capture devices 12A-C are static, the locations may be
pre-stored by an entity which forms part of the audio cap-
ture system 1 (for instance, audio processing apparatus
14). In a yet another example, a human operator may
input the positions on a device equipped with a touch
screen by using his finger or other pointing device. In yet
another example, methods of audio-based self-localiza-
tion may be applied, where the one or more audio capture
devices analyze the captured audio signals to determine
the device locations.
[0042] In the example of Figure 1, the audio capture

system 1 further comprises audio processing apparatus
14. The audio processing apparatus 14 is configured to
receive and store signals captured by the spatial audio
capture apparatus 10 and the one or more additional au-
dio capture devices 12A-C. The signals may be received
at the audio processing apparatus 14 in real-time during
capture of the audio signals or may be received subse-
quently for instance via an intermediary storage device.
In such examples, the audio processing apparatus 14
may be local to the audio capture environment or may
be geographically remote from the audio capture envi-
ronment in which the audio capture apparatus 10 and
devices 12A-C are provided. In some examples, the au-
dio processing apparatus 14 may even form part of the
spatial audio capture apparatus 10.
[0043] The audio signals received by the audio signal
processing apparatus 14 may comprise a multichannel
audio input in a loudspeaker format. Such formats may
include, but are not limited to, a stereo signal format, a
4.0 signal format, 5.1 signal format and a 7.1 signal for-
mat. In such examples, the signals captured by the sys-
tem of Figure 1 may have been pre-processed from their
original raw format into the loudspeaker format. Alterna-
tively, in other examples, audio signals received by the
audio processing apparatus 14 may be in a multi-micro-
phone signal format, such as a raw eight channel input
signal. The raw multi-microphone signals may, in some
examples, be pre-processed by the audio processing ap-
paratus 14 using spatial audio processing techniques
thereby to convert the received signals to loudspeaker
format or binaural format.
[0044] In some examples, the audio processing appa-
ratus 14 may be configured to mix the signals derived
from the one or more additional audio capture devices
12A-C with the signals derived from the spatial audio
capture apparatus 10. For instance, the locations of the
additional audio capture devices 12A-C may be utilized
to mix the signals derived from the additional audio cap-
ture devices 12A-C to the correct spatial positions within
the spatial audio derived from the spatial audio capture
apparatus 10. The mixing of the signals by the audio
processing apparatus 14 may be partially or fully-auto-
mated.
[0045] The audio processing apparatus 14 may be fur-
ther configured to perform (or allow performance of) spa-
tial repositioning within the spatial audio captured by the
spatial audio capture apparatus 10 of the sound sources
captured by the additional audio capture devices 12A-C.
[0046] Spatial repositioning of sound sources may be
performed to enable future rendering in three-dimension-
al space with free-viewpoint audio in which a user may
choose a new listening position freely. Also, spatial re-
positioning may be used to separate sound sources
thereby to make them more individually distinct. Similarly,
spatial repositioning may be used to emphasize/de-em-
phasize certain sources in an audio mix by modifying
their spatial position. Other uses of spatial repositioning
may include, but are certainly not limited to, placing cer-
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tain sound sources to a desired spatial location, thereby
to get the listeners attention (these may be referred to
as audio cues), limiting movement of sound sources to
match a certain threshold, and widening the mixed audio
signal by widening the spatial locations of the various
sound sources. Various techniques for performance of
spatial repositioning are known in the art and so will not
be in detail herein. One example of a technique which
may be used involves calculating the desired gains for a
sound source using Vector Base Amplitude Panning
(VBAP) when mixing the audio signals in the loudspeaker
signal domain. In the case of producing a binaural signal
for headphone listening, filtering using head-related-
transfer-function (HRTF) filters for the left and right ear
based on the desired direction-of-arrival (DOA) for the
sound source can be used for sound source positioning.
[0047] One issue to be addressed when performing
spatial repositioning is the fact that the spatial audio cap-
tured by the spatial audio capture apparatus 10 will typ-
ically include components derived from the sound source
which is being repositioned. As such, it may not be suf-
ficient to simply move the signal captured by an individual
additional audio capture device 12A-C. Instead, the com-
ponents from the resulting sound source should also be
separated from the spatial (composite) audio signal cap-
tured by the spatial audio apparatus 10 and should be
repositioned along with the signal captured by the addi-
tional audio capture device 12A-C. If this is not per-
formed, the listener will hear components derived from
the same sound source as coming from different loca-
tions, which is clearly undesirable.
[0048] Various techniques for identification and sepa-
ration of individual sound sources (both static and mov-
ing) from a composite signal are known in the art and so
will not be discussed in much detail in this specification.
Briefly, the separation process typically involves identi-
fying/estimating the source to be separated, and then
subtracting or otherwise removing that identified source
from the composite signal. The removal of the identified
sound source might be performed in the time domain by
subtracting a time-domain signal of the estimated source,
or in the frequency domain. An example of a separation
method which may be utilized by the audio processing
apparatus 14 is that described in pending patent appli-
cation PCT/EP2016/051709 which relates to the identi-
fication and separation of a moving sound source from
a composite signal. Another method which may be uti-
lized may be that described in WO2014/147442 which
describes the identification and separation of a static
sound source.
[0049] Regardless of how the sound sources are iden-
tified, once they have been identified, they may be sub-
tracted or inversely filtered from the composite spatial
audio signal to provide a separated audio signal and a
remainder of the composite audio signal. Following spa-
tial repositioning (or other modification) of the separated
audio signal, the modified separated signal may be
remixed back into the remainder of the composite audio

signal to form a modified composite audio signal.
[0050] Separation of an individual sound source from
a composite audio signal may not be particularly straight-
forward and, as such, it may not be possible in all instanc-
es to fully separate an individual sound source from the
composite audio signal. In such instances, some com-
ponents derived from the sound source which is intended
for separation may remain in the remainder composite
signal following the separation operation.
[0051] Figure 2a shows schematically the result of a
successful separation, in a virtual space 10 comprising
a sound source 20 at a first location, the sound source
also being shown at a subsequent, second location 20A
by virtual of, for example, movement of a user 21 wearing
a virtual reality device 22 incorporating a sound output
means. From the point of view of the user 21, the per-
ceived position of the sound source 20 will move to the
second location 20A as intended.
[0052] When the separation is not fully successful, and
the separated signal is mixed back into the remainder of
the composite audio signal at a repositioned location, the
quality of the resulting audio representation that is expe-
rienced by the user may be degraded. For instance, in
some examples, the user may hear the sound source at
an intermediate position between the original location of
the sound source and the intended re-positioned loca-
tion. Figure 2b shows schematically this scenario. In this
case, a sound source 24 is not perceived by the user 21
at the correct, second location 24A, but rather at an in-
termediate location 24B.
[0053] In other examples, the user may hear two dis-
tinct sound sources, one at the original location and one
at the re-positioned location. The effect experienced by
the user may depend on the way in which the separation
was unsuccessful. For instance, if a residual portion of
all or most frequency components of the sound source
remain in the composite signal following separation, the
user may hear the sound source at the intermediate lo-
cation. Two distinct sound sources may be heard when
only certain frequency components (part of the frequency
spectrum) of the sound source remain in the composite
signal, with other frequency components being success-
fully separated. As will be appreciated, either of these
effects may be undesirable and, as such, on occasions
in which the separation of the audio signal is not fully
successful, it may be beneficial to limit the range of spatial
repositioning that is available.
[0054] Embodiments herein particularly relate to audio
scenes for rendering to users for immersive interaction
using six degrees-of-freedom, where this suitable. For
example, the audio scenes may be provided as part of a
virtual reality (VR)or augmented reality (AR) video scene,
in which the user may explore the scene by moving. As
will be understood, augmented reality (AR) is the merging
of real and virtual worlds whereby data is overlaid on the
real world view, i.e. to augment the real world view. Six
degrees-of-freedom refers to movement comprising yaw,
pitch, roll, as well as (translational) left/right, up/down and
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forward/backward motion. User interaction comprising
only yaw, pitch and roll is generally referred to as three
degrees-of-freedom (3DoF) interaction. In a six degrees-
of-freedom setting, the user is free to walk around, inside
and/or through audio objects (and video objects, if pro-
vided) with little or no restriction.
[0055] It will be appreciated, however, that translation-
al movement of the user away from the capture point,
e.g. the corresponding position of the spatial audio cap-
ture apparatus 10, will require repositioning of an audio
signal that has been captured with one or more of the
additional audio capture devices 12A-C.
[0056] This is one example application of sound sep-
aration; to enable a user to move out seamlessly from
the position of the spatial audio capture apparatus 10
with six degrees-of-freedom. Sound captured by one or
more of the additional audio capture devices 12A-C is
removed from the composite audio signal captured by
the spatial audio capture apparatus 10, so that the am-
bient sound does not contain sound from the repositioned
additional audio capture devices 12A-C. Otherwise, this
will have an adverse impact on the user experience. If
the sound separation is unsuccessful, there may still be
an undesirable impact that it would be desirable to avoid
or minimize. For example, an undesirable effect may be
that sound sources are not moving as they should de-
pending on the listener movement (rotation or translation)
if they have not been separated from the composite signal
to a sufficient degree. As a result, the user may not per-
ceive changes in the audio scene in response to his
movement to a sufficient degree and will therefore not
feel fully immersed in the scene or may experience in-
correct moving or other undesired aspects in the render-
ing of the audio scene.
[0057] Embodiments herein involve determining re-
gions in a capture space which allow for different types
of traversal by rendering sounds within the regions dif-
ferently. The regions may be associated with respective
spatial audio capture apparatuses 10. The regions may
comprise an area within a predetermined range of a re-
spective spatial audio capture apparatus 10, for example
5 metres. The regions need not be circular, however, and
may be modified using a user interface to make one or
more regions of a different size, or shape. The regions
may be determined for example based on the mid-point
between one or more pairs of spatial audio capture ap-
paratuses 10.
[0058] For example, one region may be determined
suitable for six degrees-of-freedom traversal and another
region may be determined suitable only for three de-
grees-of-freedom, or for a limited amount of six degrees-
of-freedom traversal. The way in which different audio
signals are mixed may be different for one or more re-
gions. The determination may be based on whether the
audio signal captured by the additional audio capture ap-
paratuses 12A-C can be successfully subtracted or sep-
arated from the composite signal from the spatial audio
capture apparatus 10, corresponding to the area.

[0059] The audio signal captured by an additional au-
dio capture apparatus 12A-C is referred to herein as an
individual audio signal.
[0060] Embodiments herein may enable a substantial-
ly seamless traversal between the different regions, for
example a first region allowing six degrees-of-freedom
and a second region allowing only three degrees-of-free-
dom.
[0061] Embodiments herein may enable a prior visual
or audible indication to be provided when the user, wear-
ing or otherwise carrying a user device for receiving a
rendered audio signal from the audio processing appa-
ratus 14 for output via one or more of loudspeakers, head-
phones and, if provided, one or more display screens for
displaying rendered video output, which may be virtual
reality (VR) or augmented reality (AR) output. The indi-
cation may be provided when the position of the user
device in the corresponding virtual space is approaching
a boundary between two differing regions, which may be
detected if the user device is within a predetermined
range of the boundary. Thus, the user will be made
aware, for example, that their traversal will switch from,
say, six degrees-of-freedom within a first region to three
degrees-of-freedom if they enter a second region.
[0062] The audio processing apparatus 14 may be
configured to determine a measure of success of the sep-
aration of the individual audio signal representing the
sound source 13A-13C from a composite signal of a given
spatial audio capture apparatus 10. This may be per-
formed for each of the sound sources 13A-13C in relation
to the given spatial audio capture apparatus 10, or each
sound source within a predetermined range of the given
audio capture apparatus. The predetermined range may
be a set distance, e.g. 5 metres, or it may be dependent
on the distance between pairs of spatial audio capture
apparatuses, e.g. the midpoint between pairs. In some
embodiments, the predetermined range may be set by a
user, e.g. using an editing interface. The measure of suc-
cess may be compared with a predetermined correlation
threshold which, if satisfied, indicates successful sepa-
ration of the individual audio signal. If all individual audio
signals from sound sources within the predetermined
range can be successfully separated from a composite
signal, then the separation for the particular spatial audio
capture apparatus 10 is deemed successful. If one indi-
vidual audio signal cannot be successfully separated,
then the separation for the particular spatial audio cap-
ture apparatus 10 is deemed only a partial success. If
none of the individual audio signals can be successfully
separated, then the separation for the particular spatial
audio capture apparatus 10 is fully unsuccessful.
[0063] In other examples, the measure of separation
success may be determined by another entity within the
system and may be provided to the audio processing
apparatus 14, for instance along with the audio signals.
[0064] The measure of success, in certain examples
may comprise a determined correlation between a re-
mainder of the composite audio signal and at least one
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reference audio signal. The reference audio signal may,
in some examples, be the separated audio signal. In such
examples, the audio processing apparatus 10 may thus
be configured to determine a correlation between a por-
tion of the remainder of the composite audio correspond-
ing to the original location of the separated signal and
the separated audio signal. A high correlation may indi-
cate that the separation has not been particularly suc-
cessful (a low degree of success), whereas a low (or no)
correlation may indicate that the separation has been
successful (a high degree of success). It will thus be ap-
preciated that, in such examples, the correlation (which
is an example of the determined measure of success of
the separation) may have an inverse relationship with
the degree of success of the separation.
[0065] In other examples, the reference signal may
comprise a signal captured by one of the additional re-
cording devices 12A, for instance the additional recording
devices that is associated with the audio source with
which the separated signal is associated. This approach
may be useful for determining separation success when
the separation has resulted in the audio spectrum asso-
ciated with the sound source being split between the re-
mainder of the composite signal and the separated sig-
nal. Once again, the correlation may have an inverse
relationship with the degree of success of the separation.
[0066] In some examples, both the correlation be-
tween the composite audio signal and the separated sig-
nal and the correlation between the composite audio sig-
nal and the signal derived from the additional recording
device may be determined and utilised to determine the
separation success. If either of the correlations is above
a threshold, it may be determined that the separation has
not been fully successful.
[0067] The correlation may be determined using the
following expression: 

where R(k) and S(k) are the kth samples from remainder
of the composite signal and the reference signal respec-
tively, τ is the time lag and n is the total number of sam-
ples.
[0068] The audio processing apparatus 14 may be
configured to compare the determined correlation with a
predetermined correlation threshold and, if the correla-
tion is a below the predetermined threshold correlation,
to determine that the separation has been fully (or suffi-
ciently) successful. Conversely, if the correlation is above
the predetermined threshold correlation, the audio
processing apparatus 14 may be configured to determine
that the separation has not been fully (or sufficiently) suc-
cessful or, put another way, has been only partially suc-
cessful.
[0069] As an alternative to the expression shown

above, the measure of success of the separation, in some
examples, may comprise a correlation between a fre-
quency spectrum associated with the remainder of the
composite audio signal and a frequency spectrum asso-
ciated with at least one reference audio signal. If frequen-
cy components from the reference audio signal are also
present in the remainder of the composite audio signal,
it can be inferred that the separation has not been fully
successful. In contrast, if there is no correlation between
frequency components in the separated audio signal and
the remainder of the composite audio signal it may be
determined that the separation has been fully successful.
As described above, the at least one reference audio
signal may comprise one or both of the separated audio
signal and a signal derived from one of the additional
recording devices.
[0070] In other examples, however, the measure of
success of the separation may comprise a correlation
between a remainder of composite audio signal and a
component of a video signal corresponding to the com-
posite audio signal. For instance, in examples in which
the sound source is derived from a person talking, the
audio processing apparatus 14 may determine whether
the remainder of the composite audio signal includes
components having timing which correspond to move-
ments of the mouth of the person from which the sound
source is derived. If such audio components do exist, it
may be determined that the separation has not been fully
successful, whereas if such audio components do not
exist it may be determined that the separation has been
fully successful.
[0071] As will be appreciated, in all of the examples
described above, the determined correlation has an in-
verse relationship with a degree of success of the sepa-
ration.
[0072] If individual audio signals from the additional
audio capture devices 12A-C (which may be within a pre-
determined range of the spatial audio capture apparatus
10) can be successfully separated from its composite
signal, using the methods above, then the separation for
this spatial audio capture apparatus is determined suc-
cessful.
[0073] When separation is successful, we have an ac-
curate representation of the so-called room impulse re-
sponses (RIR) from the additional audio capture devices
12A-C to the particular spatial audio capture apparatus
10. This means that each individual audio signal from the
additional audio capture devices 12A-C can be subtract-
ed away from the composite audio signal from the spatial
audio capture apparatus 10. Volumetric audio rendering
may be implemented within a region around the spatial
audio capture apparatus 10 using, for example, the indi-
vidual audio signals (known as the dry signals), the dry
signals processed (using convolution) with the room im-
pulse response (RIR) (known as the wet signals), and
the diffuse ambience residuals of the composite audio
signal after separation.
[0074] Thus, certain definitions given below apply
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herein.
[0075] A room impulse response (RIR) is the transfer
function of the capture space between a sound source,
which in present embodiments may be a close-up micro-
phone recorded signal, and a microphone, which in
present embodiments may be the signal recorded at a
particular spatial audio capture apparatus 10. Determi-
nation of the RIR is disclosed in WO2017/129239 and is
the frequency domain room response hf,n,p of each
source, fixed within each time frame n, which may be
expressed as 

where h is the spatial response, f is the frequency index,
n is the frame index, and p is the audio source index.
[0076] A dry signal is an unprocessed signal captured
by an individual, e.g. close-up, microphone or other audio
capture device.
[0077] A wet signal is a processed signal, generated
by applying the room impulse response to a particular
dry signal. This usually involves convolution.
[0078] An ambient signal is the signal remaining after
separation (removal) of a wet signal from a composite
signal.
[0079] When separation is unsuccessful, for example
when one or more of the individual audio signals from
the additional audio capture devices 12-C cannot be sub-
tracted away from the composite audio signal from the
spatial audio capture apparatus 10, the room impulse
responses (RIRs) are inaccurate and the above render-
ing technique cannot be used without producing unwant-
ed artefacts. A number of options are possible for ren-
dering audio in the region around the spatial audio cap-
ture apparatus 10 in this situation.
[0080] For example, volumetric audio rendering is pos-
sible using the dry audio signals from the additional audio
capture devices 12A-C only. Alternatively, only three de-
grees-of-freedom playback may be permitted in the re-
gion associated with the spatial audio capture apparatus
10. Only head rotation, for example, may be supported.
Alternatively still, the room impulse response (RIR) from
another spatial audio capture apparatus 10 may be used
to create volumetric audio, for example by substituting
this and the diffuse residual from the other spatial audio
capture apparatus for the current one. A user interface
may be employed to enable a producer or mixer to select
which method to use for different scenarios.
[0081] Example embodiments will now be described
graphically.
[0082] Figure 3 is a schematic plan view of a capture
space 150 in which a user 170 is shown superimposed
in a location of the corresponding virtual space derived
from the capture space. The user 170 is assumed to be
wearing or otherwise carrying a virtual reality (VR) or aug-
mented reality (AR) device which includes loudspeakers

or headphones for perceiving sound. Within the capture
space 150 are provided first and second spatial audio
capture apparatuses (A1, A2) 152, 154 at separate spa-
tial locations. A different number may be provided in other
embodiments. Each spatial audio capture apparatus
152, 154 may generate a respective spatial audio signal,
namely first and second composite audio signals derived
from one or more sound sources C1 - C4 within the cap-
ture space 150. The composite audio signals are pro-
duced using the plural microphones shown in Figure 1
as elements 101A, 101B.
[0083] As shown, each of the sound sources C1 - C4
carries a respective additional audio capture device 162
- 165, which may be a close-up microphone. Each such
additional audio capture device 162 - 165 produces an
individual audio signal.
[0084] The first and second composite audio signals
and the individual audio signals from the spatial audio
capture apparatuses 152, 154 and from the additional
audio capture devices 162 - 165 is provided to the audio
processing apparatus 14 for mixing and rendering to the
virtual reality device carried by the user 170, dependent
on their location within the virtual space which may
change over time to indicate movement.
[0085] The audio processing apparatus 14 may oper-
ate by determining, for each spatial audio capture appa-
ratus 152, 154, whether the individual audio signals from
the sound sources C1 - C4, received from the additional
audio capture devices 162 - 165, can be successfully
separated from the respective first and second composite
audio signals. If all individual audio signals from the
sound sources C1 - C4 can be successfully separated
from the first composite audio signal, then separation is
considered successful for the first spatial audio capture
apparatus (A1) 152. Similarly, if all individual audio sig-
nals from the sound sources C1 - C4 can be successfully
separated from the second composite audio signal, then
separation is considered successful for the first spatial
audio capture apparatus (A2) 154.
[0086] In some embodiments, the determination of
separation success may be determined only for sound
sources C1 - C4 within a predetermined range of the first
and second spatial audio capture apparatuses (A1, A2)
152, 154. For example, so long as those sound sources
C1 - C4 within this range can have their individual audio
signals successfully separated from the composite sig-
nal, then separation can be considered successful for
the particular spatial audio capture apparatus (A1, A2)
152, 154. The range may, for example, be a predeter-
mined distance of, say, 5 metres from the spatial audio
capture apparatus (A1, A2) 152, 154 or it may be a mid-
point between pairs of the spatial audio capture appara-
tuses.
[0087] In the Figure 3 scenario, we assume that the
additional audio signals from the additional audio capture
devices 162 - 165 of objects C1 - C4 can be successfully
separated from each of the first and second composite
audio signals from the first and second spatial audio cap-
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ture apparatuses (A1, A2) 152, 154. The room impulse
response (RIR) can be considered an accurate repre-
sentation of the signal transformation from each of the
additional audio capture devices 162 - 165 to each of the
first and second spatial audio capture apparatuses (A1,
A2) 152, 154, and volumetric audio rendering may be
implemented accurately within the regions around each
of the first and second spatial audio capture apparatuses.
The volumetric audio rendering may use the individual
audio signals, the wet versions of the individual audio
signals (generated after applying them to the RIR) and
the diffuse ambient residual signal of the first and second
spatial audio capture apparatuses (A1, A2) 152, 154 after
separation.
[0088] Consequently, the user 170 has full freedom of
movement with six degrees-of-freedom within the space,
as indicated by the path line 180, regardless of whether
the user is in the region closest to the first or the second
spatial audio capture apparatuses (A1, A2) 152, 154.
[0089] This result may not be possible to achieve in all
scenarios, however.
[0090] Figure 4 is a schematic plan view of another
capture space 180 having the same arrangement of first
and second spatial audio capture apparatuses (A1, A2)
152, 154 at separate spatial locations for generating a
respective spatial audio signal, namely first and second
composite audio signals derived from one or more sound
sources C1 - C4 within the capture space 150. The com-
posite audio signals are produced using the plural micro-
phones shown in Figure 1 as elements 101A, 101B. Each
of the sound sources C1 - C4 carries a respective addi-
tional audio capture device 162 - 165, which may be a
close-up microphone. Each such additional audio cap-
ture device 162 - 165 produces an individual audio signal.
[0091] In this scenario, we assume that separation is
successful only for the second spatial audio capture ap-
paratus (A2) 154 and not for the first spatial audio capture
apparatus (A1) 152. It may be, for example, that the in-
dividual audio signal from sound source C4 cannot be
successfully separated from the first composite audio sig-
nal. Consequently, a user may have full freedom of move-
ment with six degrees-of-freedom when closest to the
second spatial audio capture apparatus (A2) 154, receiv-
ing volumetric rendered audio, whereas the audio may
be rendered differently when closest to the first spatial
audio capture apparatus (A1) 152, as indicated previous-
ly. For example, volumetric audio rendering is possible
using the dry audio signals from the sound sources C1 -
C4. Alternatively, only three degrees-of-freedom (3DoF)
playback may be permitted in the region associated with
the first spatial audio capture apparatus (C1) 152. Only
head rotation, for example, may be supported. Alterna-
tively still, the room impulse responses (RIRs) and diffuse
residual from the second spatial audio capture apparatus
154 may be used to create volumetric audio by substi-
tuting the RIRs and diffuse residual of the first spatial
audio capture apparatus 152. A user interface may be
employed to enable a producer or mixer to select which

method to use for different scenarios.
[0092] Figure 5 is a schematic visualization 190 of an-
other scenario, having the same arrangement as Figures
3 and 4. In this example, like Figure 4, we assume that
separation is only successful for the second spatial audio
capture apparatus (A2) 154 and not for the first spatial
audio capture apparatus (A1) 152. The second spatial
audio capture apparatus (A2) 154 has a predefined re-
gion 200 defined around it and individual audio signals
from sound sources C2 - C4 within said region are tested
for successful separation. Consequently, a user 192 may
have full freedom of movement with six degrees-of-free-
dom when within the predefined region 200, receiving
volumetric rendered audio. Volumetric audio rendering
may be implemented within the region 200 using, for ex-
ample, the individual audio signals (known as the dry
signals), the dry signals processed (using convolution)
with the room impulse response (RIR) (known as the wet
signals), and the diffuse ambience residuals of the com-
posite audio signal after separation. The audio may be
rendered differently when the user 192 is in an outside
zone 202. This different audio rendering may use any of
the examples given above. Here, we determine that only
three degrees-of-freedom is permitted when the user
moves to the outside zone 202. For example, from the
user’s perspective, the audio (and possibly the video ren-
dering, if provided) may traverse or teleport to the location
of the first spatial audio capture apparatus (A1) 152. This
is indicated by the arrow 204. From this location, the user
192 may only experience audio based on the first com-
posite audio signal from the first spatial audio capture
apparatus (A1) 152 with only head rotation supported.
[0093] In some embodiments, a user interface may
provide an automatic indication to the user device, e.g.
a virtual reality (VR) device incorporating audio and video
output devices, that they are at, or approaching, a bound-
ary between different regions such as those regions 200,
202 shown in Figure 5 above. Here, we assume that the
user interface is provided in video form, but indications
can be provided using audio and/or haptics also.
[0094] Figures 6a - 6c show three different stages of
translational traversal of a user 192 within the Figure 5
space. We assume the same determination of sound
separation success, in that the first spatial audio capture
apparatus (A1) 152 is deemed unsuccessful and the sec-
ond spatial audio capture apparatus (A2) 154 is deemed
successful. The left-hand images 220A-220C show the
traversal of the user 192 with the user’s field-of-view
(FOV) 225. The right hand images 230A-230C show the
video user interface displayed to the virtual reality (VR)
device, corresponding to each traversal position.
[0095] Referring first to Figure 6a, the user 192 is within
the region 200 associated with the second spatial audio
capture apparatus (A2) 154, e.g. a predetermined 5 me-
tre region. Thus, volumetric audio is output to the virtual
reality (VR) device and six degrees-of-freedom traversal
is permitted such that the volumetric audio will move ac-
cording to the user’s traversal within this region 200. The
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video user interface 230A indicates that the sound source
(C4) 165 is visible within the user’s field-of-view (FOV)
225 and an indicator 252 towards the top-edge tells the
user that six degrees-of-freedom traversal is permitted.
[0096] Referring to Figure 6b, the user 102 has moved
to the boundary edge of the region 200. Thus, volumetric
audio is still output to the virtual reality (VR) device and
six degrees-of-freedom traversal is still permitted such
that the volumetric audio will change according to the
user’s traversal within this region 200. That is, the audio
changes to reflect the user’s movement, for example, a
volume of a sound source dropping if the user moves
away from the audio source, increasing in volume if the
user moves towards the audio source, and moving in
space to reflect translational or rotational movement. Fur-
thermore, control of the dry to wet ratio of a sound source
may be used to render the distance to a sound source;
with the dry to wet ratio being largest close to a source
and vice versa. It is noted that the above changes are
applied for the sound objects only, using the dry and wet
signals. The diffuse ambiance may in some embodi-
ments be rendered as such regardless of user position.
However, head rotation may be taken into account for
the diffuse ambiance, so that is stays at a fixed orientation
with regard to the world coordinates. However, because
the user 102 is at the edge of the region 200, for example
within a 0.5 metre threshold of the edge, and because
the field-of-view (FOV) 225 is directed towards the outer
region 202, the video user interface 230B indicates the
consequence of moving onwards in this direction. Par-
ticularly, the video user interface 230B shows that the
user 102 will traverse directly to the position of the first
spatial audio capture apparatus 254, i.e. by teleportation,
if they continue in the same direction. Other forms of in-
dication may be used. In this way, the user 102 may select
to change direction if the wish to retain six degrees-of-
freedom motion.
[0097] Referring to Figure 6c, the user 102 has moved
outside of the region 200 and hence, the video user in-
terface 230C indicates that they have jumped to the lo-
cation of the first spatial audio capture apparatus 254.
The user’s field-of-view (FOV) 225 has rotated also, such
that they can see the sound source (C4) 165 from the
opposite side. The indicator 252 changes to a different
form 256, indicative that only three degrees-of-freedom
is now permitted, meaning that translational movement
will not occur in the virtual space and only rotational
movement will be result, regardless of real-world move-
ment. The user 102 may return to the six degrees-of-
freedom region 200 by selecting a further indication 260
provided in the top-left area of the video user interface
230C, or by some other predetermined gesture. The fur-
ther indication 260 may be selected by the user pointing
to it, or by using a short-cut button on a control device,
or by some other selection means. The predetermined
gesture may, for example, comprise the user moving their
head forwards, or similar. Whichever selection means is
employed, the user 102 may easily move back to the

other region 200. Where more than two regions 200, 202
are present, more than one such further indication 260
may be presented and/or two or more different gestures
may be detected to determine which region is returned
to. Only the nearest six degrees-of-freedom region may
be indicated, in some embodiments.
[0098] Referring to Figure 7, in some embodiments a
graphical user interface (GUI) 300 may be provided as
part of an audio scene editor application which may form
part of, or is separate from, the audio rendering function-
ality of the audio processing apparatus 14. The audio
scene editor application may permit a director or editor
of the audio data (and video data, if provided) to modify
the audio scene during or after capture. In the shown
example, the scenario shown in Figure 5 is depicted
whereby the zone 200 associated with the second spatial
audio capture apparatus 154 may be modified by making
it larger. This results in an expanded zone 200A in which
movement of the user 192 will receive the volumetric au-
dio rendered as for the second spatial audio capture ap-
paratus 154, even though the user is closer to the first
spatial audio capture apparatus 152, which happens to
be covered by the expanded zone. This permits a greater
area in which six degrees-of-freedom is available to the
user. For example, the ambience after separation from
the second spatial audio capture apparatus 154 may be
used together with the room impulse responses (RIRs)
derived from the second spatial audio capture apparatus,
such that all objects (C1 - C4) 162 - 165 are rendered
with roomification, and the positions of said objects will
change as the user’s position changes within the region
202A.
[0099] In some embodiments, the region 200 may be
modified by making it smaller, or a more complex shape
(not necessarily circular or oval.)
[0100] Modification may be by means of the director
or editor selecting the region 202A and dragging an edge
of the region leftwards or rightwards. Selection and/or
dragging may be received by means of a user input de-
vice such as a mouse or trackball/trackpad, and/or by
means of inputs to a touch-sensitive display.
[0101] Figure 8 shows a video user interface 350 dis-
played to a virtual reality (VR) device according to another
embodiment. It is assumed that the separation success
scenario depicted in Figures 5 and 6 is the same, in that
we assume that separation is successful only for the sec-
ond spatial audio capture apparatus (A2) 154 and not for
the first spatial audio capture apparatus (A1) 152. The
video user interface 350 depicts the situation where the
user 192 has traversed from the main region 200 to the
outer region 202.
[0102] In this scenario, traversal between the main re-
gion 200 and the outer region 202 does not result in a
switch to only three degrees-of-freedom as is the case
for the embodiments of Figures 6 and 7. Rather, the user
192 is permitted to have six degrees-of-freedom (6DoF)
in the outer region 202 but with the audio rendered ap-
propriately. For example, the user may receive audio ren-
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dered with an accurate ambience using the composite
signal of the first audio capture apparatus (A1) 152, albeit
with reduced positional accuracy due to unsuccessful
separation. As shown in Figure 8, a visual representation
of the object (C4) 164 may be in a first location but the
ambient audio may be rendered in a different location
164A.
[0103] A user control 360, provided with the video user
interface 350 may permit adjustment on a sliding (or in-
cremental) scale between this preference and, at the oth-
er end of the scale, the use of for example only the dry
audio signals to render a more accurate position of the
audio.
[0104] Figure 9, for example, shows the result of mov-
ing the selector towards the preference of positional ac-
curacy whereby both the visual and audio rendering is
at substantially the same location by virtue of employing
the dry audio signals in preference of the first audio cap-
ture apparatus (A1) 152 ambient signal.
[0105] Adjustment of the user control 360, which may
be operated by a user in real-time or prior to providing
the video and audio data to a user device, enables pri-
oritization of positional accuracy over ambience accura-
cy. Use of a sliding scale permits a graduated prioritiza-
tion.
[0106] For example, in some embodiments, the ambi-
ence may be de-emphasized with lower volume. The
smaller the volume of the unsuccessfully separated am-
bience audio, the lower will be the impact on the changing
the perceived direction of arrival (DOA) of the shown au-
dio object (C4) 164. To clarify, if the ambiance is unsuc-
cessfully separated, we can assume that it will slow down
the changing of the direction of arrival of an audio object
as the object is mixed to the desired position. However,
if the ambiance is low volume or successfully separated,
it will have little, if any, effect on the spatial position of
the sound object because it does not contain any content
of the sound object.
[0107] Figures 10a and 10b show further embodiments
in which the above embodiments are expanded to com-
prise first, second and third spatial audio capture appa-
ratuses (A1 - A3) 152, 154, 156 and in which first to fifth
sound sources (C1 - C5) 162 - 166 are present in the
capture space 400. As before, where there is successful
separation for each of the first to third spatial audio cap-
ture apparatuses (A1 - A3) 152, 154, 156 then full volu-
metric traversal with six degrees-of-freedom may be per-
mitted.
[0108] In the example of Figure 10a, however, only the
second spatial audio capture apparatus (A2) 154 is suc-
cessful in terms of being able to separate the individual
audio signals from the first to fifth sound sources (C1 -
C5) 162 - 166. The first spatial audio capture apparatus
(A1) 152 is unsuccessful in terms of separation from any
of the individual audio signals from the first to fifth sound
sources (C1 - C5) 162 - 166. The third spatial audio cap-
ture apparatus (A3) 156 is unsuccessful in terms of sep-
aration from the individual audio signals from the second,

third and fourth sound sources (C2 - C4). As such, the
same methods as described above for previous embod-
iments may be employed.
[0109] Figure 10b is a similar scenario in accordance
with another embodiment. Due to failure of successful
audio separation of all of the first to fifth sound sources
(C1 - C5) 162 - 166, the first and third spatial audio cap-
ture apparatuses (A1, A3) 152, 156 do not allow six de-
grees-of-freedom traversal using ambience and room im-
pulse responses derived from them. The arrows indicate
that the aforementioned jumping or teleportation to the
locations of the first and third spatial audio capture ap-
paratuses (A1, A3) 152, 156 may result from their own
locations, and if the user crosses the boundary of the
main region 402 associated with the second spatial audio
capture apparatus (A2) 154.
[0110] Figures 11a and 11b show a graphical user in-
terface 400 depicting the Figure 10b scenario in which a
user may operate a toggle switch 414 to switch between
an object rendering fallback for one or more regions 404
not capable of six degrees-of-freedom rendering due to
unsuccessful separation. Said region(s) 404 may be in-
dicated in a different way visually, for example using
shading or a different colour from the main region 402.
In Figure 11a, the toggle switch 414 selects three de-
grees-of-freedom fallback, in which case the user tra-
versing outside of the main region 402 will jump to the
location of either the first or third spatial audio capture
apparatuses (A1, A3) 152, 156. Referring to Figure 11b,
the toggle switch 414 selects six degrees-of-freedom fall-
back, in which case the user traversing outside the main
region 402 into the outer region 404 may use the ambi-
ence and wet signals processed with the room impulse
responses from the second spatial audio capture appa-
ratus (A2) 154. These are made available. The quality of
sound will be better in the main region 402 than the outer
region 404 but a degree of seamless transition between
the two may result despite unsuccessful sound separa-
tion.
[0111] In the above examples described with reference
to Figures 1 to 11, the composite signal from which the
identified sounds source has been separated is gener-
ated by a spatial audio capture apparatus 10. However,
it will of course be appreciated that methods and opera-
tions described herein may be performed in respect of
any audio signal which includes components derived
from a plurality of audio sources, for instance a signal
derived from one of the additional audio capture devices
which happens to include components from two speakers
(e.g. because both speakers are in sufficiently close prox-
imity to the capture device).
[0112] Although the above examples have been dis-
cussed primarily with reference to the modification of
characteristics of a separated audio signal, it should be
appreciated that various operations described herein
may be applied to signals comprising both audio and vis-
ual (AV) components. For instance, spatial repositioning
could be applied to the portions of the visual component
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of the AV signal. For example, the audio processing ap-
paratus 14 may be configured to identify and reposition
a visual object in visual components which corresponds
to the separated sound source. More specifically, the au-
dio processing apparatus 14 may be configured to seg-
ment (or separate) the visual object corresponding to the
separated sound source from the remainder of the video
component and substitute the background. The audio
processing apparatus 14 may be configured subsequent-
ly to allow repositioning of the separated visual object
based on the determined spatial repositioning parameter
for the separated audio signal.
[0113] Figure 12 is a schematic block diagram illustrat-
ing an example configuration of the audio processing ap-
paratus 14 described with reference to Figures 1 to 11.
[0114] The audio processing apparatus 14 comprises
control apparatus 50 which is configured to perform var-
ious operations as described above with reference to the
audio processing apparatus 14. The control apparatus
50 may be further configured to control the other com-
ponents of the audio processing apparatus 14.
[0115] The audio processing apparatus 14 may further
comprise a data input interface 51, via which signals rep-
resentative of the composite audio signal may be re-
ceived. Signals derived from the one or more additional
audio capture devices 12A-C may also be received via
the data input interface 51. The data input interface 51
may be any suitable type of wired or wireless interface.
Data representative of the visual components captured
by the spatial audio capture apparatus 10 may also be
received via the data input interface 51.
[0116] The audio processing apparatus 14 may further
comprise a visual output interface 52, which may be cou-
pled to a display 53. The control apparatus 50 may cause
information indicative of the value of the separated signal
modification parameter to be provided to the user via the
visual output interface 52 and the display 53. The control
apparatus 50 may additionally cause a GUI 30, 32, 34
such as those described with reference to Figures 3A,
3B and 3C to be displayed for the user. Video compo-
nents which correspond to the audio signals may also be
caused to be displayed via the visual output interface 52
and the display 53.
[0117] The audio processing apparatus 14 may further
comprise a user input interface 54 via which user inputs
may be provided to the audio processing apparatus 14
by a user of the apparatus.
[0118] The audio processing apparatus 14 may addi-
tionally comprise an audio output interface 55 via which
audio may be provided to the user, for instance via a
loudspeaker arrangement or a binaural headtracked
headset 56. For instance, the modified composite audio
signals may be provided to the user via the audio output
interface 55.
[0119] The audio processing apparatus 14 may com-
prise a user position and orientation detection apparatus
(for enabling volumetric 6DoF audio rendering.) If for ex-
ample the audio processing apparatus 14 is a mobile

device, the user position and orientation detection appa-
ratus may comprise one or more sensors and software
running on the mobile device, such as one or more Kinect
type sensors and associated software, as may be found
in a Microsoft Hololens device, or the visual sensors and
software as may be found in a Google Tango device or
other ARCore device. Alternatively, there may be a Ki-
nect sensor somewhere other than the audio processing
apparatus 14 for determining user position, and a head
tracker carried by the user to determine user head ori-
entation. Alternatively, active markers on the user’s body
may be tracked by a camera.
[0120] Some further details of components and fea-
tures of the above-described audio processing apparatus
14 and alternatives for them will now be described, pri-
marily with reference to Figure 12.
[0121] The control apparatus 51 may comprise
processing circuitry 510 communicatively coupled with
memory 511. The memory 511 has computer readable
instructions 511A stored thereon, which when executed
by the processing circuitry 510 causes the processing
circuitry 510 to cause performance of various ones of the
operations above described with reference to Figures 1
to 11. The control apparatus 51 may in some instances
be referred to, in general terms, as "apparatus".
[0122] The processing circuitry 510 of any of the audio
processing apparatus 14 described with reference to Fig-
ures 1 to 11 may be of any suitable composition and may
include one or more processors 510A of any suitable type
or suitable combination of types. For example, the
processing circuitry 510 may be a programmable proc-
essor that interprets computer program instructions 511A
and processes data. The processing circuitry 510 may
include plural programmable processors. Alternatively,
the processing circuitry 510 may be, for example, pro-
grammable hardware with embedded firmware. The
processing circuitry 510 may be termed processing
means. The processing circuitry 510 may alternatively or
additionally include one or more Application Specific In-
tegrated Circuits (ASICs). In some instances, processing
circuitry 510 may be referred to as computing apparatus.
[0123] The processing circuitry 510 is coupled to the
respective memory (or one or more storage devices) 511
and is operable to read/write data to/from the memory
511. The memory 511 may comprise a single memory
unit or a plurality of memory units, upon which the com-
puter readable instructions (or code) 511A is stored. For
example, the memory 511 may comprise both volatile
memory 511-2 and non-volatile memory 511-1. For ex-
ample, the computer readable instructions 511A may be
stored in the non-volatile memory 511-1 and may be ex-
ecuted by the processing circuitry 510 using the volatile
memory 501-2 for temporary storage of data or data and
instructions. Examples of volatile memory include RAM,
DRAM, and SDRAM etc. Examples of non-volatile mem-
ory include ROM, PROM, EEPROM, flash memory, op-
tical storage, magnetic storage, etc. The memories in
general may be referred to as non-transitory computer
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readable memory media.
[0124] The term ’memory’, in addition to covering
memory comprising both non-volatile memory and vola-
tile memory, may also cover one or more volatile mem-
ories only, one or more non-volatile memories only, or
one or more volatile memories and one or more non-
volatile memories.
[0125] The computer readable instructions 511A may
be pre-programmed into the audio processing apparatus
14. Alternatively, the computer readable instructions
511A may arrive at the apparatus 14 via an electromag-
netic carrier signal or may be copied from a physical entity
57 such as a computer program product, a memory de-
vice or a record medium such as a CD-ROM or DVD.
The computer readable instructions 511A may provide
the logic and routines that enables the audio processing
apparatus 14 to perform the functionality described
above. The combination of computer-readable instruc-
tions stored on memory (of any of the types described
above) may be referred to as a computer program prod-
uct.
[0126] Where applicable, wireless communication ca-
pability of the apparatuses 10, 12, 14 may be provided
by a single integrated circuit. It may alternatively be pro-
vided by a set of integrated circuits (i.e. a chipset). The
wireless communication capability may alternatively be
a hardwired, application-specific integrated circuit
(ASIC).
[0127] As will be appreciated, the apparatuses 10, 12,
14 described herein may include various hardware com-
ponents which may not have been shown in the Figures.
For instance, the audio processing apparatus 14 may in
some implementations comprise a portable computing
device such as a mobile telephone or a tablet computer
and so may contain components commonly included in
a device of the specific type. Similarly, the audio process-
ing apparatus 14 may comprise further optional software
components which are not described in this specification
since they may not have relevant to the main principles
and concepts described herein.
[0128] Figure 13 is a flow diagram illustrating process-
ing operations that may be performed by the audio
processing apparatus 14, for example by software, hard-
ware or a combination thereof, when run by the processor
of said apparatus. Certain operations may be omitted,
added to or changed in order.
[0129] A first operation 13.1 comprises receiving, from
first and second spatial audio capture apparatuses, re-
spective first and second composite audio signals com-
prising components derived from one or more sound
sources in a capture space.
[0130] A second operation 13.2 comprises identifying
a position of a user device corresponding to one of first
and second areas respectively associated with the posi-
tions of the first and second spatial audio capture appa-
ratuses.
[0131] A third operation 13.3 comprises rendering au-
dio representing the one or more sound sources to the

user device, the rendering being based on, for the spatial
audio capture apparatus associated with the identified
first or second area, whether or not individual audio sig-
nals from each of the one or more sound sources can be
successfully separated from its composite signal.
[0132] The examples described herein may be imple-
mented in software, hardware, application logic or a com-
bination of software, hardware and application logic. The
software, application logic and/or hardware may reside
on memory, or any computer media. In an example em-
bodiment, the application logic, software or an instruction
set is maintained on any one of various conventional
computer-readable media. In the context of this docu-
ment, a "memory" or "computer-readable medium" may
be any media or means that can contain, store, commu-
nicate, propagate or transport the instructions for use by
or in connection with an instruction execution system,
apparatus, or device, such as a computer.
[0133] Reference to, where relevant, "computer-read-
able storage medium", "computer program product",
"tangibly embodied computer program" etc., or a "proc-
essor" or "processing circuitry" etc. should be understood
to encompass not only computers having differing archi-
tectures such as single/multi-processor architectures
and sequencers/parallel architectures, but also special-
ised circuits such as field programmable gate arrays FP-
GA, application specify circuits ASIC, signal processing
devices and other devices. References to computer pro-
gram, instructions, code etc. should be understood to
express software for a programmable processor
firmware such as the programmable content of a hard-
ware device as instructions for a processor or configured
or configuration settings for a fixed function device, gate
array, programmable logic device, etc.
[0134] As used in this application, the term ’circuitry’
refers to all of the following: (a) hardware-only circuit im-
plementations (such as implementations in only ana-
logue and/or digital circuitry) and (b) to combinations of
circuits and software (and/or firmware), such as (as ap-
plicable): (i) to a combination of processor(s) or (ii) to
portions of processor(s)/software (including digital signal
processor(s)), software, and memory(ies) that work to-
gether to cause an apparatus, such as a mobile phone
or server, to perform various functions) and (c) to circuits,
such as a microprocessor(s) or a portion of a microproc-
essor(s), that require software or firmware for operation,
even if the software or firmware is not physically present.
[0135] This definition of ’circuitry’ applies to all uses of
this term in this application, including in any claims. As
a further example, as used in this application, the term
"circuitry" would also cover an implementation of merely
a processor (or multiple processors) or portion of a proc-
essor and its (or their) accompanying software and/or
firmware. The term "circuitry" would also cover, for ex-
ample and if applicable to the particular claim element,
a baseband integrated circuit or applications processor
integrated circuit for a mobile phone or a similar integrat-
ed circuit in server, a cellular network device, or other
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network device.
[0136] If desired, the different functions discussed
herein may be performed in a different order and/or con-
currently with each other. Furthermore, if desired, one or
more of the above-described functions may be optional
or may be combined.
[0137] Although various aspects are set out in the in-
dependent claims, other aspects comprise other combi-
nations of features from the described embodiments
and/or the dependent claims with the features of the in-
dependent claims, and not solely the combinations ex-
plicitly set out in the claims. It is also noted herein that
while the above describes various examples, these de-
scriptions should not be viewed in a limiting sense. Rath-
er, there are several variations and modifications which
may be made without departing from the scope of the
present invention as defined in the appended claims.

Claims

1. An apparatus, comprising:

means for receiving, from a first spatial audio
capture apparatus, a first composite audio sig-
nal comprising components derived from one or
more sound sources in a capture space;
means for identifying a position of a user device
in relation to the first spatial audio capture ap-
paratus; and
means, responsive to the position of the user
device corresponding to a first area associated
with the position of the first spatial audio capture
apparatus, to render audio representing the one
or more sound sources to the user device, the
rendering being performed differently depend-
ent on whether or not individual audio signals
from each of the one or more sound sources can
be successfully separated from the first compos-
ite signal; and
wherein the means for rendering audio is con-
figured such that successful separation is deter-
mined by calculating, for each individual audio
signal, a measure of success for the separation
and determining whether or not it meets a pre-
determined success threshold.

2. The apparatus of claim 1, wherein the means for
rendering audio is configured such that rendering is
performed differently dependent on whether or not
individual audio signals from all sound sources within
a predetermined range of the first spatial audio cap-
ture apparatus, associated with the identified first ar-
ea, can be successfully separated from its composite
audio signal.

3. The apparatus of claim 1 or claim 2, wherein the
means for rendering audio is configured such that

the measure of success is calculated using one or
more of:

a correlation between a remainder of the com-
posite audio signal and at least one reference
audio signal;
a correlation between a frequency spectrum as-
sociated with the remainder of the composite
audio signal and a frequency spectrum associ-
ated with a reference audio signal; and
a correlation between a remainder of composite
audio signal and a component of a video signal
corresponding to the composite audio signal.

4. The apparatus of any preceding claim, further com-
prising means for receiving from a second spatial
audio capture apparatus a second composite audio
signal comprising components derived from the one
or more sound sources in the capture space, and
means for identifying the position of the user device
as corresponding to the first area or a second area
associated with the second spatial audio capture ap-
paratus, wherein the means for rendering audio is
configured such that if the one or more sound sourc-
es can be successfully separated from the first but
not the second composite audio signal, the rendering
is performed differently for the first and second are-
as.

5. The apparatus of claim 4, wherein the means for
rendering audio is configured such that, for a user
device position within the first area, volumetric audio
rendering is performed in such a way that a detected
change of user device position within the first area
results in a change in position of the audio signal for
the one or more of the sound sources to create the
effect of user device movement.

6. The apparatus of claim 5, wherein the means for
rendering audio is configured such that detected
translational and rotational changes of user device
position result in a substantially corresponding trans-
lational and rotational change in position of the audio
signal for the one or more sound sources.

7. The apparatus of claim 5 or claim 6, wherein the
means for rendering audio is configured such that
the volumetric rendering is performed using a mix
comprising (i) a modified version of the first compos-
ite signal from which the individual audio signals are
removed, and (ii) a modified version of each of the
individual audio signals

8. The apparatus of claim 7, wherein the means for
rendering audio is configured such that the modified
version of an individual audio signal comprises a wet
version of said individual audio signal, generated by
applying an impulse response of the capture space
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to the individual audio signal.

9. The apparatus of claim 8, wherein the means for
rendering audio is configured such that the wet ver-
sion of the individual audio signal is further mixed
with a dry version of the individual audio signal.

10. The apparatus of any of claims 4 to 9, wherein the
means for rendering audio is configured such that
for a user device position within the second area,
audio rendering is performed such that:

(i) the position of the audio sources change to
reflect a rotational change in user device posi-
tion; or
(ii) the position of the audio sources change us-
ing volumetric audio rendering based on signals
from the first spatial audio capture apparatus.

11. The apparatus of any preceding claim, further com-
prising means to provide video data for rendering to
a display screen of the user device, the video data
representing captured video content and further
comprising an indication of whether the user device
position corresponds to the first area or another area.

12. The apparatus of claim 11, wherein the means to
provide video data is configured such that the video
data comprises an indication that a boundary of the
first area with the other area is being approached
and that a change in audio rendering will result from
crossing the boundary.

13. A method, comprising:

receiving, from a first spatial audio capture ap-
paratus a first composite audio signal compris-
ing components derived from one or more sound
sources in a capture space;
receiving individual audio signals derived from
each of the one or more sound sources;
identifying a position of a user device in relation
to the first spatial audio capture apparatus; and
responsive to the position of the user device cor-
responding to a first area associated with the
position of the first spatial audio capture appa-
ratus, rendering audio representing the one or
more sound sources to the user device, the ren-
dering being performed differently dependent on
whether or not the individual audio signals can
be successfully separated from the first compos-
ite signal; and
wherein the rendering is such that successful
separation is determined by calculating, for each
individual audio signal, a measure of success
for the separation and determining whether or
not it meets a predetermined success threshold.

14. Computer-readable instructions which, when exe-
cuted by computing apparatus, cause the computing
apparatus to cause performance of the method of
claim 13.

Patentansprüche

1. Einrichtung, die Folgendes umfasst:

Mittel zum Empfangen eines ersten zusammen-
gesetzten Audiosignals, das Komponenten um-
fasst, die aus einer oder mehreren Schallquellen
in einem Aufnahmeraum abgeleitet sind, von ei-
ner ersten Einrichtung zur räumlichen Audioauf-
nahme;
Mittel zum Identifizieren einer Position einer An-
wendervorrichtung in Bezug auf die erste Ein-
richtung zur räumlichen Audioaufnahme und
Mittel, die auf die Position der Anwendervorrich-
tung, die einem ersten Bereich entspricht, der
der Position der ersten Einrichtung zur räumli-
chen Audioaufnahme zugeordnet ist, anspre-
chen, um Audio wiederzugeben, das die eine
oder mehreren Schallquellen für die Anwender-
vorrichtung repräsentiert, wobei die Wiederga-
be abhängig davon unterschiedlich durchge-
führt wird, ob einzelne Audiosignale von jeder
der einen oder mehreren Schallquellen erfolg-
reich von dem ersten zusammengesetzten Sig-
nal getrennt werden können oder nicht, und
wobei die Mittel für die Audiowiedergabe so kon-
figuriert sind, dass eine erfolgreiche Trennung
dadurch bestimmt wird, dass für jedes einzelnes
Audiosignal ein Erfolgsmaß für die Trennung
berechnet wird und bestimmt wird, ob es einen
vorbestimmten Erfolgsschwellenwert erreicht
oder nicht.

2. Einrichtung nach Anspruch 1, wobei die Mittel für die
Audiowiedergabe so konfiguriert sind, dass die Wie-
dergabe abhängig davon unterschiedlich durchge-
führt wird, ob einzelne Audiosignale von allen Schall-
quellen innerhalb einer vorbestimmten Reichweite
der ersten Einrichtung für räumliche Audioaufnah-
men, der dem identifizierten ersten Bereich zuge-
ordnet ist, erfolgreich von ihrem zusammengesetz-
ten Audiosignal getrennt werden können oder nicht.

3. Einrichtung nach Anspruch 1 oder Anspruch 2, wo-
bei die Mittel für die Audiowiedergabe so konfiguriert
sind, dass das Erfolgsmaß unter Verwendung einer
oder mehrerer der folgenden Korrelationen berech-
net wird:

einer Korrelation zwischen einem Rest des zu-
sammengesetzten Audiosignals und mindes-
tens einem Bezugsaudiosignal;
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einer Korrelation zwischen einem Frequenz-
spektrum, das dem Rest des zusammengesetz-
ten Audiosignals zugeordnet ist, und einem Fre-
quenzspektrum, das einem Bezugsaudiosignal
zugeordnet ist; und
einer Korrelation zwischen einem Rest des zu-
sammengesetzten Audiosignals und einer
Komponente eines Videosignals, die dem zu-
sammengesetzten Audiosignal entspricht.

4. Einrichtung nach einem der vorhergehenden An-
sprüche, die ferner Mittel zum Empfangen eines
zweiten zusammengesetzten Audiosignals, das
Komponenten, die von der einen oder den mehreren
Schallquellen in dem Aufnahmeraum abgeleitet
sind, enthält, von einer zweiten Einrichtung zur
räumlichen Audioaufnahme und Mittel zum Identifi-
zieren der Position der Anwendervorrichtung, die
dem ersten Bereich oder einem zweiten Bereich, der
der zweiten Einrichtung zur räumlichen Audioauf-
nahme zugeordnet ist, entspricht, enthält, wobei die
Mittel für die Audiowiedergabe so konfiguriert sind,
dass dann, wenn die eine oder mehreren Schallquel-
len von dem ersten, aber nicht dem zweiten zusam-
mengesetzten Audiosignal erfolgreich getrennt wer-
den können, die Wiedergabe für den ersten und den
zweiten Bereich unterschiedlich durchgeführt wird.

5. Einrichtung nach Anspruch 4, wobei die Mittel für die
Audiowiedergabe so konfiguriert sind, dass für eine
Position der Anwendervorrichtung innerhalb des
ersten Bereichs eine volumetrische Audiowiederga-
be auf eine solche Weise durchgeführt wird, dass
eine detektierte Änderung der Position der Anwen-
dervorrichtung innerhalb des ersten Bereichs zu ei-
ner Änderung der Position des Audiosignals für die
eine oder mehreren der Schallquellen führt, um den
Effekt der Bewegung der Anwendervorrichtung zu
erzeugen.

6. Einrichtung nach Anspruch 5, wobei die Mittel für die
Audiowiedergabe so konfiguriert sind, dass detek-
tierte Verschiebungs- und Drehänderungen der Po-
sition der Anwendervorrichtung zu einer im Wesent-
lichen entsprechenden Verschiebungs- und Dre-
händerung der Position des Audiosignals für die eine
oder mehreren Schallquellen führen.

7. Einrichtung nach Anspruch 5 oder Anspruch 6, wo-
bei die Mittel für die Audiowiedergabe so konfiguriert
sind, dass die volumetrische Wiedergabe unter Ver-
wendung einer Mischung durchgeführt wird, die (i)
eine abgeänderte Version des ersten zusammenge-
setzten Signals, aus der die einzelnen Audiosignale
entfernt sind, und (ii) eine abgeänderte Version von
jedem der einzelnen Audiosignale umfasst.

8. Einrichtung nach Anspruch 7, wobei die Mittel für die

Audiowiedergabe so konfiguriert sind, dass die ab-
geänderte Version eines einzelnen Audiosignals ei-
ne "Wet"-Version des einzelnen Audiosignals um-
fasst, die durch das Anwenden einer Impulsantwort
des Aufnahmeraums auf das einzelne Audiosignal
erzeugt wird.

9. Einrichtung nach Anspruch 8, wobei die Mittel für die
Audiowiedergabe so konfiguriert sind, dass die
"Wet"-Version des einzelnen Audiosignals ferner mit
einer "Dry"-Version des einzelnen Audiosignals ge-
mischt ist.

10. Einrichtung nach einem der Ansprüche 4 bis 9, wobei
die Mittel für die Audiowiedergabe so konfiguriert
sind, dass für eine Position der Anwendervorrich-
tung innerhalb des zweiten Bereichs die Audiowie-
dergabe so durchgeführt wird, dass:

(i) sich die Position der Audioquellen ändert, um
eine Drehänderung der Position der Anwender-
vorrichtung widerzuspiegeln, oder
(ii) sich die Position der Audioquellen unter Ver-
wendung von volumetrischer Audiowiedergabe
auf der Grundlage von Signalen von der ersten
Einrichtung zur räumlichen Audioaufnahme än-
dert.

11. Einrichtung nach einem der vorhergehenden An-
sprüche, die ferner Mittel umfasst, um Videodaten
für die Wiedergabe auf einem Anzeigebildschirm der
Anwendervorrichtung bereitzustellen, wobei die Vi-
deodaten aufgenommenen Videoinhalt repräsentie-
ren und ferner eine Angabe umfassen, ob die Posi-
tion der Anwendervorrichtung dem ersten Bereich
oder einem weiteren Bereich entspricht.

12. Einrichtung nach Anspruch 11, wobei die Mittel, um
Videodaten bereitzustellen, so konfiguriert sind,
dass die Videodaten eine Angabe umfassen, dass
sich einer Grenze des ersten Bereichs mit dem an-
deren Bereich genähert wird und dass eine Ände-
rung der Audiowiedergabe aus dem Überqueren der
Grenze folgen wird.

13. Verfahren, das Folgendes umfasst:

Empfangen eines ersten zusammengesetzten
Audiosignals, das Komponenten umfasst, die
aus einer oder mehreren Schallquellen in einem
Aufnahmeraum abgeleitet sind, von einer ersten
Einrichtung zur räumlichen Audioaufnahme;
Empfangen von einzelnen Audiosignalen, die
von jeder der einen oder mehreren Schallquel-
len abgeleitet sind;
Identifizieren einer Position einer Anwendervor-
richtung in Bezug auf die erste Einrichtung zur
räumlichen Audioaufnahme und
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in Reaktion auf die Position der Anwendervor-
richtung, die einem ersten Bereich entspricht,
der der Position der ersten Einrichtung zur räum-
lichen Audioaufnahme zugeordnet ist, Wieder-
geben von Audio, das die eine oder mehreren
Schallquellen für die Anwendervorrichtung re-
präsentiert, wobei die Wiedergabe abhängig da-
von unterschiedlich durchgeführt wird, ob die
einzelnen Audiosignale erfolgreich von dem ers-
ten zusammengesetzten Signal getrennt wer-
den können oder nicht, und
wobei die Wiedergabe so ist, dass eine erfolg-
reiche Trennung dadurch bestimmt wird, dass
für jedes einzelnes Audiosignal ein Erfolgsmaß
für die Trennung berechnet wird und bestimmt
wird, ob es einen vorbestimmten Erfolgsschwel-
lenwert erreicht oder nicht.

14. Computerlesbare Anweisungen, die dann, wenn sie
durch eine Recheneinrichtung ausgeführt werden,
bewirken, dass die Recheneinrichtung die Durchfüh-
rung des Verfahrens nach Anspruch 13 bewirkt.

Revendications

1. Appareil, comprenant :

un moyen de réception, depuis un premier ap-
pareil de capture audio spatial, d’un premier si-
gnal audio composite comprenant des compo-
santes dérivées d’une ou plusieurs sources so-
nores dans un espace de capture ;
un moyen d’identification d’une position d’un
dispositif utilisateur relativement au premier ap-
pareil de capture audio spatial ; et
un moyen, quand la position du dispositif utili-
sateur correspond à une première zone asso-
ciée à la position du premier appareil de capture
audio spatial, de rendu d’audio représentant les
une ou plusieurs sources sonores au dispositif
utilisateur, le rendu étant réalisé différemment
selon que des signaux audio individuels en pro-
venance de chacune des une ou plusieurs sour-
ces sonores peuvent être séparés avec succès
ou non du premier signal composite ; et
dans lequel le moyen de rendu d’audio est con-
figuré de telle sorte qu’une séparation réussie
soit déterminée en calculant, pour chaque signal
audio individuel, une mesure de succès de la
séparation et la détermination qu’elle satisfait
ou non un seuil de succès prédéterminé.

2. Appareil selon la revendication 1, dans lequel le
moyen de rendu d’audio est configuré de telle sorte
que le rendu soit réalisé différemment selon que des
signaux audio individuels provenant de toutes les
sources sonores dans une plage prédéterminée du

premier appareil de capture audio spatial, associés
à la première zone identifiée, peuvent être séparés
ou non avec succès de leur signal audio composite.

3. Appareil selon la revendication 1 ou la revendication
2, dans lequel le moyen de rendu d’audio est confi-
guré de telle sorte que la mesure de succès soit cal-
culée au moyen d’une ou plusieurs :

d’une corrélation entre un reste du signal audio
composite et au moins un signal audio de
référence ;
d’une corrélation entre un spectre de fréquen-
ces associé au reste du signal audio composite
et un spectre de fréquences associé à un signal
audio de référence ; et
d’une corrélation entre un reste de signal audio
composite et une composante d’un signal vidéo
correspondant au signal audio composite.

4. Appareil selon n’importe quelle revendication précé-
dente, comprenant en outre un moyen de réception
à partir d’un second appareil de capture audio spatial
d’un second signal audio composite comprenant des
composantes dérivées des une ou plusieurs sources
sonores dans l’espace de capture, et un moyen
d’identification que la position du dispositif utilisateur
correspond à la première zone ou à une seconde
zone associée au second appareil de capture audio
spatial, dans lequel le moyen de rendu d’audio est
configuré de telle sorte que si les une ou plusieurs
sources sonores peuvent être séparées avec succès
du premier signal audio composite mais pas du se-
cond, le rendu est réalisé différemment pour les pre-
mière et seconde zones.

5. Appareil selon la revendication 4, dans lequel le
moyen de rendu d’audio est configuré de telle sorte
que, pour une position de dispositif utilisateur dans
la première zone, un rendu audio volumétrique soit
réalisé de telle sorte qu’un changement détecté de
position de dispositif utilisateur dans la première zo-
ne entraîne un changement de position du signal
audio pour les une ou plusieurs sources sonores
pour créer l’effet de déplacement de dispositif utili-
sateur.

6. Appareil selon la revendication 5, dans lequel le
moyen de rendu d’audio est configuré de telle sorte
que des changements de translation et de rotation
d’une position de dispositif utilisateur entraînent un
changement de translation et de rotation sensible-
ment correspondant de la position du signal audio
pour les une ou plusieurs sources sonores.

7. Appareil selon la revendication 5 ou la revendication
6, dans lequel le moyen de rendu d’audio est confi-
guré de telle sorte que le rendu volumétrique soit
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réalisé au moyen d’un mélange comprenant (i) une
version modifiée du premier signal composite duquel
les signaux audio individuels sont éliminés, et (ii) une
version modifiée de chacun des signaux audio indi-
viduels.

8. Appareil selon la revendication 7, dans lequel le
moyen de rendu d’audio est configuré de telle sorte
que la version modifiée d’un signal audio individuel
comprenne une version avec réverbération (wet) du-
dit signal audio individuel, générée en appliquant
une réponse impulsionnelle de l’espace de capture
au signal audio individuel.

9. Appareil selon la revendication 8, dans lequel le
moyen de rendu d’audio est configuré de telle sorte
que la version avec réverbération du signal audio
individuel soit mélangée en outre avec une version
sans réverbération (dry) du signal audio individuel.

10. Appareil selon l’une quelconque des revendications
4 à 9, dans lequel le moyen de rendu d’audio est
configuré de telle sorte que pour une position de dis-
positif utilisateur dans la seconde zone, le rendu
audio soit réalisé de telle sorte que :

(i) la position des sources audio change pour
refléter un changement de rotation de position
de dispositif d’utilisateur ; ou
(ii) la position des sources audio change au
moyen d’un rendu audio volumétrique basé sur
des signaux provenant du premier appareil de
capture audio spatial.

11. Appareil selon n’importe quelle revendication précé-
dente, comprenant en outre un moyen de fourniture
de données vidéo à rendre sur un écran d’affichage
du dispositif utilisateur, les données vidéo représen-
tant un contenu vidéo capturé et comprenant en
outre une indication que la position de dispositif uti-
lisateur correspond à la première zone ou à une autre
zone.

12. Appareil selon la revendication 11, dans lequel le
moyen de fourniture de données vidéo est configuré
de telle sorte que les données vidéo comprennent
une indication d’un rapprochement d’une frontière
de la première zone avec l’autre zone et qu’un chan-
gement de rendu d’audio résultera du franchisse-
ment de la frontière.

13. Procédé, comprenant :

la réception, à partir d’un premier appareil de
capture audio spatial d’un premier signal audio
composite comprenant des composantes déri-
vées d’une ou plusieurs sources sonores dans
un espace de capture ;

la réception de signaux audio individuels dérivés
de chacune des une ou plusieurs sources
sonores ;
l’identification d’une position d’un dispositif uti-
lisateur relativement au premier appareil de cap-
ture audio spatial ; et
quand la position du dispositif utilisateur corres-
pond à une première zone associée à la position
du premier appareil de capture audio spatial, le
rendu d’audio représentant une ou plusieurs
sources sonores au dispositif utilisateur, le ren-
du étant réalisé différemment selon que les si-
gnaux audio individuels peuvent être séparés
avec succès ou non du premier signal
composite ; et
dans lequel le rendu est tel qu’une séparation
réussie est déterminée en calculant, pour cha-
que signal audio individuel, une mesure de suc-
cès de la séparation et la détermination qu’elle
satisfait ou non un seuil de succès prédétermi-
né.

14. Instructions lisibles par ordinateur qui, à leur exécu-
tion par un appareil informatique, amènent l’appareil
informatique à réaliser le procédé selon la revendi-
cation 13.
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