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Description

Technical Field

[0001] The present invention relates to a speech decoder, a speech encoder, a speech decoding method, a speech
encoding method, a speech decoding program, and a speech encoding program.

Background Art

[0002] Speech and audio coding technologies that compress the amount of data in a signal to one-several tenths by
removing information which is not necessarily perceived by a human according to the auditory psychology is a significantly
important technology in connection with transmission and accumulation of signals. An example of widely used perceptual
audio coding techniques is MPEG4 AAC (Advanced Audio Coding) standardized by ISO/IEC MPEG (Moving Picture
Experts Group).
[0003] Further, as a method for improving the performance of speech coding and obtaining high speech quality at a
low bit rate, a bandwidth extension technology that generates high frequency band components of a speech using low
frequency band components there of has been widely used recently. A typical example of the bandwidth extension
technology is the SBR (Spectral Band Replication) technology used in MPEG4 AAC. The SBR technology generates
high frequency band components by performing, on a signal transformed into the frequency domain by QMF (Quadrature
Mirror Filter) bank, copying spectral coefficients from a low frequency band to a high frequency band and thereafter
adjusts the high frequency band components by adjusting the spectral envelope and tonality of the replicated coefficients.
Adjustment of the spectral envelope and tonality will be referred hereinafter to as "adjustment of frequency envelope".
The speech encoding method using such a bandwidth extension technology can reproduce high frequency band com-
ponents of a signal using only a small amount of supplementary information , and it is thus effective to achieve lower bit
rate of speech coding.
[0004] In the bandwidth extension technology in the frequency domain such as SBR, since the frequency envelope
is adjusted to the spectral coefficients expressed in the frequency domain, when an audio signal with large variations
of time envelope, such as a speech signal, a clapping sound or a castanet sound, is encoded, there is a case where
reverberant noise called pre-echo or post-echo may be perceived in a decoded signal. This problem is caused by the
fact that the time envelope of high frequency band components is deformed in the process of adjustment and, in many
cases, becomes flatter in shape than before the adjustment. The time envelope of high frequency band components
that has become flat as a result of the adjustment does not coincide with the time envelope of high frequency band
components in the original signal before encoding and causes pre-echoes or post-echoes.
[0005] As a solution to this problem, the following method is known (see Patent Literature 1). Specifically, the method
acquires the electric power of low frequency band components for each time slot of a frequency domain signal, extracts
time envelope information from the acquired power, and superimposes the extracted time envelope information onto
high frequency band components that are adjusted using supplementary information and then processed to adjust the
frequency envelope. This method is referred hereinafter to as "a method of time envelope deformation". It is thereby
possible to adjust the time envelope of a decoded signal to have a less distorted shape and obtain a reproduced signal
with less pre-echo and post-echo.
[0006] Patent Literature 2 discloses a bandwidth extension technique which allows information to be encoded and
decoded using a fractal self-similarity model or an accurate spectral replacement model or both. Also, a multi-band
temporal amplitude coding technique is disclosed which is useful as an enhancement to any coding/decoding technique
and helps with accurate reconstruction of the temporal envelope and employs a utility filter-bank.
[0007] Patent Literature 3 discloses an efficient way to quantize temporal envelope shaping of the high band signal
by benefiting from energy relationship between the low band signal and the high band signal.
[0008] Patent Literature 4 discloses obtaining a linear prediction coefficient of a signal represented in a frequency
domain, by performing a linear prediction analysis in a frequency direction by using a covariance method or an autocor-
relation method.
[0009] Non-Patent Literature 1 provides additional information on the technical details of the enhanced Temporal
Envelope Shaping (eETS) technology.

Citation List

Patent Literature

[0010]



EP 3 407 352 B9

4

5

10

15

20

25

30

35

40

45

50

55

PTL1: WO/2010/114123
PTL 2: US 2007/238415 A1
PTL 3: US 2010/063812 A1
PTL4: CA2 844 635A1

Non-Patent Literature

[0011] NPTL1: KEI KIKUIRI ET AL: "Report on Enhanced Temporal Envelope Shaping CE for USAC", 92. MPEG
MEETING; 19-4-2010 - 23-4-2010; DRESDEN; (MOTION PICTURE EXPERT GROUP 0R ISO/IEC JTC1/SC29/WG11),
no. M17502, 15 April 2010 (2010-04-15), XP030046092.

Summary of Invention

Technical Problem

[0012] In the time envelope deformation method disclosed in the above-described Patent Literature 1, after a decoded
signal is obtained which contains only low frequency band components which are obtained on the basis of an inputted,
multiplexed bit stream, a signal in the QMF domain is obtained from the decoded signal. Further, time envelope information
is acquired from the signal in the QMF domain, and the time envelope information is adjusted using parameters. There-
after, using the adjusted time envelope information, a time envelope deformation process is performed on the signal in
the QMF domain obtained from high frequency band components of.
[0013] However, in the above-described time envelope deformation method, because the time envelope deformation
process is performed using single time envelope information which is a function of time obtained from the signal in the
QMF domain obtained from the low frequency band components, when the time envelope of the low frequency band
components and the time envelope of the high frequency band components are not sufficiently correlated, it is difficult
to adjust the waveform of the time envelope. As a result, pre-echoes and post-echoes in the decoded signal tend to be
not sufficiently reduced .
[0014] The present invention has been made in view of the above problem and provides a speech decoder, a speech
encoder, a speech decoding method, a speech encoding method, a speech decoding program, and a speech encoding
program in which by adjusting the time envelope of a decoded signal to have a less distorted shape, a reproduced signal
is obtained whose pre-echoes and post-echoes are sufficiently reduced.

Solution to Problem

[0015] To solve the above problem, a decoder according to one aspect of the invention is a speech decoder that
decodes a coded sequence of an encoding speech signal. The speech decoder includes the features according to claim
1. Additional features for advantageous embodiments of the invention are provided in the dependent claims.
[0016] A decoding method according to one aspect of the invention is a speech decoding method of decoding a coded
sequence of an encoded speech signal. The method includes the steps of claim 11. Additional features for an advan-
tageous embodiment of the invention are provided in the dependent claim.
[0017] A decoding program according to one aspect of the invention is a speech decoding program according to claim
14.
[0018] According to the decoder, the decoding method or the decoding program mentioned above, the low frequency
band signal is obtained from the coded sequence by demultiplexing and decoding, and the supplementary information
for high frequency band generation and the time envelope information are obtained from the coded sequence by de-
multiplexing, decoding and dequantization. Then, the high frequency band components in the frequency domain are
generated from the low frequency band signal transformed into the frequency domain using the supplementary information
for high frequency band generation, and, after acquiring a plurality of low frequency band time envelopes by analyzing
the low frequency band signal in the frequency domain, the high frequency band time envelope is calculated using the
plurality of low frequency band time envelopes and the time envelope information. Further, the time envelope of the high
frequency band components is adjusted by the calculated high frequency band time envelope, and the adjusted high
frequency band components and the low frequency band signal are added together and thereby the time domain signal
is output. In this manner, because a plurality of low frequency band time envelopes are used for adjustment of the time
envelope of the high frequency band components, the waveform of the time envelope of the high frequency band
components is adjusted with high accuracy by use of the correlation between the time envelopes of low frequency band
components and the time envelope of high frequency band components. As a result, the time envelope in the decoded
signal is adjusted to have a less distorted shape, and therefore a reproduced signal can be obtained in which pre-echoes
and post-echoes are sufficiently reduced .
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[0019] According to dependent claim 3 the speech decoder further includes time envelope calculation control means
for controlling at least one of (i) calculation of the low frequency band time envelopes in the first to Nth low frequency
band time envelope calculation means and (ii) calculation of the high frequency band time envelope in the time envelope
calculation means using the low frequency band signal transformed into the frequency domain by the frequency trans-
formation means. With the time envelope calculation control means, it is possible to omit calculation of the low frequency
band time envelopes or calculation of the high frequency band time envelope according to properties such as the power
of the low frequency band signal, thereby reducing the amount of computation.
[0020] According to dependent claim 4 the speech decoder further includes time envelope calculation control means
for controlling at least one of (i) calculation of the low frequency band time envelopes in the first to Nth low frequency
band time envelope calculation means and (ii) calculation of the high frequency band time envelope in the time envelope
calculation means using the time envelope information acquired by the coded sequence decoding and dequantization
means. With the time envelope calculation control means, it is possible to omit calculation of the low frequency band
time envelopes or calculation of the high frequency band time envelope according to the time envelope information
obtained from the coded sequence, thereby reducing the amount of computation.
[0021] According to dependent claim 5 the high frequency band coded sequence analysis means further acquires
time envelope calculation control information, and the speech decoder further includes time envelope calculation control
means for controlling at least one of (i) calculation of the low frequency band time envelopes in the first to Nth low
frequency band time envelope calculation means and (ii) calculation of the high frequency band time envelope in the
time envelope calculation means using the time envelope calculation control information acquired by the high frequency
band coded sequence analysis means. In this configuration, it is possible to omit calculation of the low frequency band
time envelopes or calculation of the high frequency band time envelope according to the time envelope calculation
control information obtained from the coded sequence, thereby reducing the amount of computation.
[0022] According to dependent claim 7 the high frequency band coded sequence analysis means further acquires
time envelope calculation control information, and that the coded sequence decoding and dequantization means further
includes time envelope calculation control means which further acquires second frequency envelope information and
determines, based on the time envelope calculation control information, whether to adjust the frequency envelope of
the high frequency band components based on the second frequency envelope information and, when it is determined
to adjust the frequency envelope, controls not to perform calculation of the low frequency band time envelopes by the
first to Nth low frequency band time envelope calculation means and calculation of the high frequency band time envelope
by the time envelope calculation means. In this case also, it is possible to omit calculation of the low frequency band
time envelopes or calculation of the high frequency band time envelope according to the time envelope calculation
control information obtained from the coded sequence, thereby reducing the amount of computation.
[0023] Moreover, the time-frequency envelope adjustment means may processes, with a specified function, the high
frequency band components of the speech signal generated by the high frequency band generation means. The low
frequency band time envelope calculation means may processes, with a specified function, the acquired plurality of low
frequency band time envelopes.
[0024] Further, an encoder according to one aspect of the invention is a speech encoder that encodes a speech signal.
The speech encoder includes the features according to claim 7. Additional features for advantageous embodiments are
provided in the dependent claims.
[0025] An encoding method according to one aspect of the invention is a speech encoding method of encoding a
speech signal. The method includes the step according to claim 13.
[0026] An encoding program according to one aspect of the invention is a speech encoding program according to
claim 15.
[0027] According to the speech encoder, the encoding method or the encoding program mentioned above, the low
frequency band signal is obtained by down-sampling of a speech signal, and the low frequency band signal is encoded,
while a plurality of time envelopes of low frequency band components are calculated based on the speech signal in the
frequency domain, and using the plurality of time envelopes of low frequency band components, the time envelope
information for acquiring the time envelope of high frequency band components is calculated. Further, the supplementary
information for high frequency band generation for generating high frequency band components from the low frequency
band signal is calculated, and, after the supplementary information for high frequency band generation and the time
envelope information are quantized and encoded, the high frequency band coded sequence is constructed, which
contains the supplementary information for high frequency band generation and the time envelope information . Then,
the coded sequence is generated in which the low frequency band coded sequence and the high frequency band coded
sequence are multiplexed . Accordingly, when the coded sequence is input to the decoder, a plurality of low frequency
band time envelopes can be used on the decoder side for adjusting the time envelope of high frequency band components
on the decoder side, and thereby the waveform of the time envelope of high frequency band components is adjusted
with high accuracy, using the correlation between the time envelope of low frequency band components and the time
envelope of high frequency band components on the decoder side. As a result, the time envelope in the decoded signal
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is adjusted to have a less distorted shape, and therefore a reproduced signal can be obtained on the decoder side in
which pre-echoes and post-echoes are sufficiently reduced.
[0028] According to dependent claim 8 the speech encoder further includes frequency envelope calculation means
for calculating frequency envelope information of the high frequency band components of the speech signal which is
transformed into the frequency domain by the frequency transformation means, that the quantization and encoding
means further quantizes and encodes the frequency envelope information, and that the coded sequence construction
means constructs the high frequency band coded sequence by further adding the frequency envelope information
quantized and encoded by the quantization and encoding means. In this configuration, adjustment of the frequency
envelope of the high frequency band components can be made on the decoder side, and therefore a reproduced signal
with improved frequency characteristics can be obtained on the decoder side.
[0029] According to dependent claim 9 the speech encoder further includes control information generation means for
generating time envelope calculation control information that controls time envelope calculation in a speech decoder
using at least one of (i) the speech signal transformed into the frequency domain by the frequency transformation means
and (ii) the time envelope information calculated by the time envelope information calculation means, and that the coded
sequence construction means constructs the high frequency band coded sequence by further adding the time envelope
calculation control information generated by the control information generation means. In this case, it is possible to
increase the efficiency of time envelope calculation on the decoder side by referring to the property such as the power
of the speech signal and the time envelope information, thereby reducing the amount of computation.
[0030] According to dependent claim 10 the time envelope information calculation means calculates a time envelope
of high frequency band components of the speech signal transformed into the frequency domain by the frequency
transformation means, and calculates the time envelope information based on correlation between a time envelope
calculated from the first to Nth time envelopes of low frequency band components and the time envelope of the frequency
components.

Advantageous Effects of Invention

[0031] According to the present invention, it is possible to adjust the time envelope of a decoded signal to have a less
distorted shape and thereby obtain a reproduced signal in which pre-echoes and post-echoes are sufficiently reduced.

Brief Description of Drawings

[0032]

Fig. 1 is a schematic block diagram of a speech decoder 1 according to an embodiment of the invention, which is
denominated in the remainder of the description as first embodiment;
Fig. 2 is a flowchart showing a procedure of a speech decoding method implemented by the speech decoder 1
shown in Fig. 1;
Fig. 3 is a schematic block diagram of a speech encoder 2 according to the first embodiment of the invention;
Fig. 4 is a flowchart showing a procedure of a speech encoding method implemented by the speech encoder 2
shown in Fig. 3;
Fig. 5 is a diagram showing a configuration of a principal part relating to envelope calculation in a first alternative
example of the speech decoder 1 according to the first embodiment;
Fig. 6 is a flowchart showing a procedure of envelope calculation performed by the speech decoder 1 shown in Fig. 5;
Fig. 7 is a diagram showing a configuration of a principal part relating to envelope calculation in a second alternative
example of the speech decoder 1 according to the first embodiment;
Fig. 8 is a flowchart showing a procedure of envelope calculation performed by the speech decoder 1 shown in Fig. 7;
Fig. 9 is a diagram showing a configuration of a principal part relating to envelope calculation in a third alternative
example of the speech decoder 1 according to the first embodiment;
Fig. 10 is a flowchart showing a procedure of envelope calculation performed by the speech decoder 1 shown in Fig. 9;
Fig. 11 is a flowchart showing a procedure of envelope calculation in a fourth alternative example of the speech
decoder 1 according to the first embodiment;
Fig. 12 is a flowchart showing a procedure of envelope calculation in a fifth alternative example of the speech decoder
1 according to the first embodiment;
Fig. 13 is a flowchart showing a procedure of envelope calculation in a sixth alternative example of the speech
decoder 1 according to the first embodiment;
Fig. 14 is a flowchart showing a procedure of time envelope calculation performed by a time envelope calculation
unit 1g in a seventh alternative example of the speech decoder 1 according to the first embodiment;
Fig. 15 is a flowchart showing a part of processing by a time envelope calculation control unit 1m when the seventh
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alternative example of the speech decoder 1 according to the first embodiment is applied to the second alternative
example of the speech decoder 1 according to the first embodiment;
Fig. 16 is a flowchart showing a part of processing by a time envelope calculation control unit In when the seventh
alternative example of the speech decoder 1 according to the first embodiment is applied to the fourth alternative
example of the speech decoder 1 according to the first embodiment;
Fig. 17 is a diagram showing a configuration of a first alternative example of the speech encoder 2 according to the
first embodiment;
Fig. 18 is a flowchart showing a procedure of speech encoding performed by the speech encoder 2 shown in Fig. 17;
Fig. 19 is a diagram showing a configuration of a second alternative example of the speech encoder 2 according to
the first embodiment;
Fig. 20 is a flowchart showing a procedure of speech encoding performed by the speech encoder 2 shown in Fig. 19;
Fig. 21 is a diagram showing a configuration of a third alternative example of the speech encoder 2 according to
the first embodiment;
Fig. 22 is a flowchart showing a procedure of speech encoding performed by the speech encoder 2 shown in Fig. 21;
Fig. 23 is a diagram showing a configuration of a speech decoder 101 according to a second embodiment, which
serves as an informative example not being part of the present invention, but is useful for understanding the present
invention;
Fig. 24 is a flowchart showing a procedure of speech decoding performed by the speech decoder 101 shown in Fig. 23;
Fig. 25 is a diagram showing a configuration of a speech encoder 102 according to a second embodiment which
serves as an informative example not being part of the present invention, but is useful for understanding the present
invention;
Fig. 26 is a flowchart showing a procedure of speech encoding performed by the speech encoder 102 shown in Fig. 25;
Fig. 27 is a diagram showing a configuration in which the first alternative example of the speech encoder 2 according
to the first embodiment of the invention is applied to the speech encoder 102 according to the second embodiment;
Fig. 28 is a flowchart showing a procedure of speech encoding performed by the speech encoder 102 shown in Fig. 27;
Fig. 29 is a diagram showing a configuration in which the second alternative example of the speech encoder 2
according to the first embodiment of the invention is applied to the speech encoder 102 according to the second
embodiment;
Fig. 30 is a flowchart showing a procedure of speech encoding performed by the speech encoder 102 shown in Fig. 29;
Fig. 31 is a diagram showing a configuration of a speech decoder 201 according to a third embodiment, which serves
as an informative example not being part of the present invention, but is useful for understanding the present invention;
Fig. 32 is a flowchart showing a procedure of speech decoding performed by the speech decoder 201 shown in Fig. 31;
Fig. 33 is a diagram showing a configuration of a speech decoder 301 according to a fourth embodiment which
serves as an informative example not being part of the present invention, but is useful for understanding the present
invention;
Fig. 34 is a flowchart showing a procedure of speech decoding performed by the speech decoder 301 shown in Fig. 33;
Fig. 35 is a diagram showing a configuration of a speech encoder 202 according to the third embodiment which
serves as an informative example not being part of the present invention, but is useful for understanding the present
invention;
Fig. 36 is a flowchart showing a procedure of speech encoding performed by the speech encoder 202 shown in Fig. 35;
Fig. 37 is a diagram showing a configuration of a speech encoder 302 according to a fourth embodiment which
serves as an informative example not being part of the present invention, but is useful for understanding the present
invention;
Fig. 38 is a flowchart showing a procedure of speech encoding performed by the speech encoder 302 shown in Fig. 37;
Fig. 39 is a diagram showing a configuration of a third alternative example of the speech decoder 101 according to
the second embodiment; and
Fig. 40 is a flowchart showing a procedure of speech decoding performed by the speech decoder 101 shown in Fig. 39.

Description of Embodiments

[0033] Preferred embodiments of a speech decoder, a speech encoder, a speech decoding method, a speech encoding
method, a speech decoding program, and a speech encoding program according to the present invention are described
hereinafter in detail with reference to the drawings. It is noted that, in the description of the drawings, the same elements
will be denoted by the same reference symbols and redundant description will be omitted.

[Embodiment of the present invention, First embodiment]

[0034] Fig. 1 is a schematic block diagram of a speech decoder 1 according to an embodiment of the invention, which
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is denominated in the remainder of the description as first embodiment, and Fig. 2 is a flowchart showing a procedure
of a speech decoding method implemented by the speech decoder 1. The speech decoder 1 includes CPU, ROM, RAM,
a communication device and the like, which are not shown, and the CPU loads a specified computer program (for
example, a computer program for performing the process shown in the flowchart of Fig. 2) stored in an internal memory
such as the ROM of the speech decoder 1 to the RAM and executes the program to exercise control over the speech
decoder 1. The communication device of the speech decoder 1 receives a multiplexed coded sequence that is output
from the speech encoder 2, which will later be described, and outputs a decoded speech signal to the outside.
[0035] As shown in Fig. 1, the speech decoder 1 functionally includes a demultiplexing unit (demultiplexing means)
1a, a low frequency band decoding unit (low frequency band decoding means) 1b, a band splitting filter bank unit
(frequency transformation means) 1c, a coded sequence analysis unit (high frequency band coded sequence analysis
means) 1d, a coded sequence decoding/dequantization unit (coded sequence decoding and dequantization means) 1e,
first to n-th (n is an integer of two or more) low frequency band time envelope calculation unit (low frequency band time
envelope calculation means) 1fl to 1fn, a time envelope calculation unit (time envelope calculation means) 1g, a high
frequency band generation unit (high frequency band generation means) 1h, a time envelope adjustment unit (time
envelope adjustment means) 1i, and a band synthesis filter bank unit (inverse frequency transformation means) 1j (1c
to 1e and 1h to 1i are sometimes referred to also as a bandwidth extension unit (bandwidth extension means)). The
respective units of the speech decoder 1 shown in Fig. 1 are functional units that are realized by the CPU of the speech
decoder 1 executing a computer program stored in the internal memory of the speech decoder 1. The CPU of the speech
decoder 1 executes the computer program (uses the functional units of Fig. 1) and thereby sequentially executes the
process shown in the flowchart of Fig. 2 (the process of Steps S01 to S10). It is assumed that various data required for
execution of the computer program and various data generated through execution of the computer program are stored
in the internal memory, such as ROM and RAM, of the speech decoder 1.
[0036] The functions of the respective units of the speech decoder 1 will hereinafter be described in detail.
[0037] The demultiplexing unit 1a divides a multiplexed coded sequence that is input through the communication
device of the speech decoder 1 into a low frequency band coded sequence and a high frequency band coded sequence
by demultiplexing.
[0038] The low frequency band decoding unit 1b decodes the low frequency band coded sequence supplied from the
demultiplexing unit 1a and obtains a decoded signal that contains only low frequency band components . A method of
decoding may be based on a speech coding method such as CELP (Code-Excited Linear Prediction) or based on audio
coding such as AAC (Advanced Audio Coding) and TCX (Transform Coded Excitation). Further, it may be based on
PCM (Pulse Code Modulation) coding. Furthermore, it may be based on a method that uses those coding methods
switchably. In this embodiment, a method of coding is not particularly limited.
[0039] The band splitting filter bank unit 1c analyzes the decoded signal containing only low frequency band components
supplied from the low frequency band decoding unit 1b and transforms the decoded signal into a signal in the frequency
domain. Hereinafter, the signal in the frequency domain that corresponds to the low frequency band acquired by the
band splitting filter bank unit 1c is represented as Xdec(j,i) {0≤j<kx, t(s)≤i<t(s+1), 0≤s<sE), where j is an index in the
frequency direction, i is an index in the time direction, and kx is a nonnegative integer. Further, t is defined so that the
range t(s)≤i<t(s+1) of the signal Xdec(j,i) with respect to the index i corresponds to the s-th (0≤s<sE) frame. Further, sE
is the number of all frames. The above frame corresponds to the frame specified by the coding method to which the
decoding method of the low frequency band decoding unit 1b conforms . Further, the above frame may correspond to
so-called SBR frame or SBR envelope time segment in SBR used in "MPEG4 AAC" specified by "ISO/IEC 14496-3".
Note that, in this embodiment, the time interval specified by the frame is not limited to the above example. The above
index i may correspond to a QMF subband subsample or a time slot equaling several subband samples in SBR used
in "MPEG4 AAC" specified by "ISO/IEC 14496-3".
[0040] The coded sequence analysis unit 1d analyzes the high frequency band coded sequence supplied from the
demultiplexing unit 1a and acquires coded supplementary information for high frequency band generation and coded
time-frequency envelope information.
[0041] The coded sequence decoding/dequantization unit 1e decodes and dequantizes the coded supplementary
information for high frequency band generation supplied from the coded sequence analysis unit 1d and obtains coded
supplementary information for high frequency band generation, and decodes and dequantizes the coded time envelope
information supplied from the coded sequence analysis unit 1d and acquires time envelope information.
[0042] The first to n-th low frequency band time envelope calculation units 1f1 to 1fn calculate time envelopes different
from each other. Specifically, the k-th low frequency band time envelope calculation unit 1fk (1≤k≤n) receives a low
frequency band signal X(j,i) {0≤j<kx, t(s)≤i<t(s+1), 0≤s<sE) from the band splitting filter bank unit 1c and calculates the
k-th time envelope Ldec(k,i) in the low frequency band (processing in Step Sb6). To be specific, the k-th low frequency
band time envelope calculation unit 1fk calculates the time envelope Ldec(k,i) as follows.
[0043] First, different sub-bands in the low frequency band can be specified using two integers k1 and kh satisfying
the following condition. 
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[0044] The total number of possible sets of integers (k1, kh) satisfying the above condition is nmax=kx(kx+1)/2. The
sub-bands can be specified by selecting any one from those sets of integers.
[0045] Next, n number of sub-bands are specified by selecting n number from the nmax sets of integers. Hereinafter,
to represent the n number of bands, two arrays B1 and Bh with the size n are defined so that the signal Xdec(j,i)
{B1(k)≤j≤Bh(k), t(s)≤i<t(s+1)), 0≤s<sE} corresponds to the k-th (1≤k≤n) sub-band component.
[0046] Further, the power time envelope of the n number of sub-band components is acquired by the following equation. 

[0047] Then, the following equation is calculated for the above EL(k,i). 

[0048] Then, a time envelope L(k,i) is acquired by performing specified processing on the quantity L0(k,i). The time
envelope L(k,i) is acquired by smoothing the quantity L0(k,i) in the time direction by using the following equation.
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[0049] In the above equation, sc(j), 0≤j≤d is the coefficient of smoothing, and d is the order of smoothing. The value
of sc(j) is set by the following equation, for example. 

[0050] However, in this embodiment, the value of sc(j) is not limited to the above equation.
[0051] Further, the above L0(k,i) may be calculated by the following equation, for example. 

[0052] Furthermore, the above L0(k,i) may be calculated by the following equation, for example.
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where ε is the relaxation factor for avoiding division by zero. Further, the above L0(k,i) may be calculated by the following
equation, for example. 

[0053] The time envelope Ldec(k,i) calculated by the k-th low frequency band time envelope calculation unit 1 fk is
obtained using the following equation:

or the following equation: 
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[0054] Note that the above Ldec(k,i) may be any parameter representing the time-variation of the signal power or the
signal amplitude of the k-th sub-band signal and not limited to the above form of L0(k,i) and L1(k,i).
[0055] Further, the above Ldec(k,i) may be calculated by a method using principal component analysis as follows.
[0056] First, in the process of calculating Ldec(k,i) {1≤k≤n, t(s)≤i≤t(s+1), 0≤s<sE} described above, m kinds of quantities
corresponding to the above Ldec(k,i) are calculated for the index k by replacing n with another integer m=n-1, and those
quantities are represented as L2(k,i) {1≤k≤m(=n-1), t(s)≤i<t(s+1), 0≤s<sE}. Then, the above L2(l,i) {1≤l≤m, t(s)≤i<t(s+1)}
corresponding to the s-th (0≤s<sE) frame is regarded as samples of m number of vectors with the order D=t(s+1)-t(s),
and the average of those samples is calculated by the following equation. 

[0057] Using the above average, the displacement vector is defined by the following equation. 

[0058] From those displacement vectors, the variance-covariance matrix Cov with the size D3D is calculated by the
following equation. 



EP 3 407 352 B9

13

5

10

15

20

25

30

35

40

45

50

55

[0059] Then, the eigenvectors V(k) of the matrix Cov that satisfy the following equation 

and are orthogonal to each other are calculated. The above V(k)
i is the component of the eigenvectors V(k), and λ(k) is

the eigenvalue of the matrix Cov corresponding to V(k). Each of the above vectors V(k) may be normalized. However, a
method normalization is not limited in this invention. Hereinafter, it is assumed that λ(1)≥λ(2)≥...≥λ(D) to simplify the
description.
[0060] Using the eigenvectors acquired in the above manner, the low frequency band time envelope calculation unit
1fk (1≤k≤n) calculates the time envelope Ldec(k,i) as follows. Specifically, when D≥m(=n-1), n-1 number of vectors are
selected from the above eigenvectors in the order of magnitudes corresponding eigenvalues, and the time envelope is
calculated by the following equation.
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[0061] On the other hand, when D<m(=n-1), the time envelope is calculated by the following equation using the above
eigenvectors. 

where α is a constant number, and α=0, for example. Further, when D<m(=n-1), the time envelope may be calculated
by the following equation.

[0062] Further, the above Ldec(k,i) may be calculated by the following method. First, in the process of calculating L2(l,i)
described above, L2(l,i), 1≤1≤m, t(s)≤i<t(s+1), 0≤s<sE is calculated assuming m=n. Those can be regarded as a group
of n number of D=t(s+1)-t(s) dimensional vectors. Using the n number of vectors, n number of orthogonal vectors are
calculated by a method such as Gram-Schmidt orthogonalization and set as Ldec(k,i), 1≤1≤n, t(s)≤i<t(s+1), 0≤s<sE. A
method of orthogonalization, however, is not limited to the above example. Further, the orthogonal vectors are not
necessarily normalized.
[0063] The time envelope calculation unit 1g calculates a high frequency band time envelope using the n number of
low frequency band time envelopes supplied from the first to n-th low frequency band time envelope calculation units
1f1 to 1fn and the time envelope information supplied from the coded sequence decoding/dequantization unit 1e. Spe-
cifically, the calculation of the time envelope by the time envelope calculation unit 1g is performed as follows.
[0064] First, the high frequency band is divided into nH (nH≥1) number of sub-bands, and those sub-bands are repre-
sented as B(T)

1 (1=1,2,3,...,nH). Next, using the above-described time envelope Ldec(k,i), the time envelope gdec(l,i) of
the sub-band B(T)

1 in the high frequency band is calculated. i is the index in the time direction.
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[0065] For example, the above-described gdec(l,i) is given by the following equation. 

[0066] The value in the above equation: 

is the time envelope information supplied from the coded sequence decoding/dequantization unit 1e.
[0067] Further, in the time envelope information supplied from the coded sequence decoding/dequantization unit 1e,
the coefficient Al,k(s) may contain the coefficient: 

 and, in this case, the above gdec(l,i) may be given by the following equation. 

[0068] Further, the time envelope information supplied from the coded sequence decoding/dequantization unit 1e may
contain the coefficient given by the following equation: 

in addition to the above coefficient Al,k(s) {1≤l≤nH, 1≤k≤n, 0≤s<sE} or the above coefficient Al,k(s) {1≤l≤nH, 0≤k≤n, 0≤s≤sE),
and, in this case, the above gdec(l,i) may be given by the following equation: 
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or the following equation:

where U(k,i) {1≤k≤g, t(s)≤i<t(s+1), 0≤s≤sE} is a specified coefficient or a specified function. For example, U(k,i) may be
the function given by the following equation: 

where Ω is a specified coefficient.
[0069] The above gdec(l,i) may be in another form as long as it is a representation by Ldec(k,i), and the time envelope
information is also not limited to the form of the coefficient Al,k(s).
[0070] Finally, using the above gdec(l,i), the time envelope calculation unit 1g calculates the time envelope by the
following equation 
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 or the following equation. 

[0071] The high frequency band generation unit 1h replicates, using the supplementary information for high frequency
band generation supplied from the coded sequence decoding/dequantization unit 1e, the low frequency band signal
Xdec(j,i) {0≤j<kx, t(s)≤i<t(s+1), 0≤s<sE} supplied from the band splitting filter bank unit 1c onto the high frequency band
and thereby generates a high frequency band signal Xdec(j,i) {kx≤j≤kmax, t(s)≤i<t(s+1), 0≤s<sE}. The generation of the
high frequency band is performed in accordance with a method of HF generation in SBR of "MPEG4 AAC" specified by
"ISO/IEC 14496-3" ("ISO/IEC 14496-3 subpart 4 General Audio Coding").
[0072] The time envelope adjustment unit 1i adjusts the time envelope of the high frequency band signal XH(j,i)
{kx≤j≤kmax, t(s)≤i<t(s+1), 0≤s<sE} supplied from the high frequency band generation unit 1h by using the time envelope
ET(l,i) {1≤l≤nH, t(s)≤i<t(s+1), 0≤s<sE} supplied from the time envelope calculation unit 1g.
[0073] Specifically, adjustment of the time envelope is made by a method similar to the HF adjustment in SBR of
"MPEG4 AAC" as descried below. For simplification, a method that takes only noise addition in the HF adjustment into
consideration is described below, and methods corresponding to processing such as gain limiter, gain smother and
sinusoid addition are omitted. However, it is easy to generalize processing so as to include the above omitted processing.
Note that it is assumed that noise floor scale factor required for performing processing corresponding to noise addition
or a parameter required for performing the above-described omitted processing are already supplied from the coded
sequence decoding/dequantization unit 1e.
[0074] First, for simplification of the following description, an array FH having nH+1 number of indexes representing
the boundary of the sub-band B(T)

1 (1≤l≤nH) as elements is defined so that the signal XH(j,i) {FH(l)≤j<FH(l+1), t(s)≤i<t(s+1),
0≤s<sE} corresponds to the component of the sub-band B(T)

l. Note that FH(1)=kx and FH(nH+1)=kmax+1.
[0075] Under the above definition, the time envelope is transformed by the following equation: 

[0076] After that, the noise floor scale factor Q(m,i) given by the coded sequence decoding/dequantization unit 1e are
transformed by the following equation: 
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where M=F(nH+1)-F(1). Further, the gain is calculated by the following equation: 

[0077] The quantity represented by the following equation is defined.

[0078] Finally, the time envelope adjustment unit 1i obtains the signal with the adjusted time envelope by the following
equation: 



EP 3 407 352 B9

19

5

10

15

20

25

30

35

40

45

50

55

where V0 and V1 are arrays specifying the noise component, and f is the function to map the index i onto an index on
the arrays (see "ISO/IEC 14496-3 4.B.18" for a specific example).
[0079] The band synthesis filter bank unit 1j adds the high frequency band signal Y(ij) {kx≤j≤kmax, t(s)≤i<t(s+1), 0≤s<sE}
supplied from the time envelope adjustment unit 1i and the low frequency band signal X(j,i) {0≤j<kx, t(s)≤i<t(s+1), 0≤s<sE}
supplied from the band splitting filter bank unit 1c together and then synthesizes them, and thereby acquires a decoded
speech signal in the time domain containing the entire frequency band components, and outputs the acquired speech
signal to the outside through the internal communication device.
[0080] Hereinafter, the operation of the speech decoder 1 is described and the speech decoding method in the speech
decoder 1 is also described in detail with reference to Fig. 2.
[0081] First, the demultiplexing unit 1a divides the input coded sequence into the low frequency band coded sequence
and the high frequency band coded sequence (Step S01). Next, the low frequency band decoding unit 1b decodes the
low frequency band coded sequence and obtains the decoded signal containing only low frequency band components
(Step S02). Then, the band splitting filter bank unit 1c analyzes the decoded signal containing only low frequency band
components and transforms it into a signal in the frequency domain (Step S03).
[0082] Further, the coded sequence analysis unit 1d analyzes the high frequency band coded sequence and acquires
the coded supplementary information for high frequency band generation and the quantized time envelope information
(Step S04). Then, the coded sequence decoding/ dequantization unit 1e decodes the supplementary information for
high frequency band generation and dequantizes the time envelope information (Step S05). After that, the high frequency
band generation unit 1h replicates the low frequency band signal Xdec(j,i) onto the high frequency band using the
supplementary information for high frequency band generation and thereby generates the high frequency band signal
Xdec(j,i) (Step S06). Then, the first to n-th low frequency band time envelope calculation units 1fl to 1fn calculate a plurality
of low frequency band time envelopes Ldec(k,i) based on the low frequency band signal X(j,i) (Step S07).
[0083] Further, the time envelope calculation unit 1g calculates the high frequency band time envelope ET(l,i) using
the plurality of low frequency band time envelopes Ldec(k,i) and the time envelope information (Step S08). Then, the
time envelope adjustment unit 1i adjusts the time envelope of the high frequency band signal XH(j,i) by using the time
envelope ET(l,i) (Step S09). Finally, the band synthesis filter bank unit 1j adds the high frequency band signal Y(i,j) and
the low frequency band signal X(j,i) together and then synthesizes them to acquire the decoded speech signal in the
time domain and outputs the decoded speech signal (Step S10).
[0084] Fig. 3 is a diagram showing a configuration of the speech encoder 2 according to the first embodiment of the
invention, and Fig. 4 is a flowchart showing a procedure of a speech encoding method implemented by the speech
encoder 2. The speech encoder 2 includes CPU, ROM, RAM, a communication device and the like that are not physically
shown, and the CPU loads a specified computer program (for example, a computer program for performing the process
shown in the flowchart of Fig. 4) stored in an internal memory such as the ROM of the speech encoder 2 to the RAM
and executes the program to thereby exercise control over the speech encoder 2. The communication device of the
speech encoder 2 receives a speech signal to be encoded from the outside and outputs a coded multiplexed bit stream
to the outside.
[0085] As shown in Fig. 3, the speech encoder 2 functionally includes a down-sampling unit (down-sampling means)
2a, a low frequency band encoding unit (low frequency band encoding means) 2b, a band splitting filter bank unit
(frequency transformation means) 2c, a supplementary information for high frequency band generation calculation unit
(supplementary information calculation means) 2d, first to n-th (n is an integer of two or more) low frequency band time
envelope calculation units (low frequency band time envelope calculation means) 2el to 2en, a time envelope information
calculation unit (time envelope information calculation means) 2f, a quantization/encoding unit (quantization and encoding
means) 2g, a high frequency band coded sequence construction unit (coded sequence construction means) 2h, and a
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multiplexing unit (multiplexing means) 2i. The respective units of the speech encoder 2 shown in Fig. 3 are functional
units that are realized by the CPU of the speech encoder 2 executing a computer program stored in the internal memory
of the speech encoder 2. The CPU of the speech encoder 2 executes the computer program (uses the functional units
of Fig. 3) to sequentially execute the process shown in the flowchart of Fig. 4 (the process of Steps S11 to S20). It is
assumed that various data required for execution of the computer program and various data generated by execution of
the computer program are stored in the internal memory, such as ROM and RAM, of the speech encoder 2.
[0086] The down-sampling unit 2a processes an external input signal that is received through the communication
device of the speech encoder 2 and obtains a down-sampled time domain signal in the low frequency band. The low
frequency band encoding unit 2b encodes the down-sampled time domain signal and obtains a low frequency band
coded sequence. The encoding in the low frequency band encoding unit 2b may be based on a speech coding method
such as CELP, or based on transform coding such as AAC or audio coding such as TCX. Further, it may be based on
PCM coding. Furthermore, it may be based on a method that uses those coding methods switchably. In this embodiment,
a method of coding is not particularly limited.
[0087] The band splitting filter bank unit 2c analyzes an external input signal that is received through the communication
device of the speech encoder 2 and transforms it into a signal X(j,i) in the entire frequency bands in the frequency
domain, where j is an index in the frequency direction, i is an index in the time direction.
[0088] The supplementary information for high frequency band generation calculation unit 2d receives the frequency
domain signal X(j,i) from the band splitting filter bank unit 2c and calculates, based on analysis of the power, signal
variations, tonality and the like of the high frequency band, supplementary information for high frequency band generation
to be used when generating high frequency band signal components from low frequency band signal components.
[0089] The first to n-th low frequency band time envelope calculation units 2el to 2en calculate a plurality of different
time envelopes of low frequency band components, respectively. Specifically, the k-th low frequency band time envelope
calculation unit 2ek (1≤k≤n) receives a low frequency band signal X(j,i) {0≤j<kx, t(s)≤i<t(s+1), 0≤s<sE} from the band
splitting filter bank unit 2c and calculates the k-th time envelope L(k,i) {t(s)≤i<t(s+1), 0≤s<sE} in the low frequency band
in accordance with the above-described calculation method of the time envelope Ldec(k,i) of the k-th low frequency band
time envelope calculation unit 1fk (1≤k≤n) of the speech decoder 1 described above.
[0090] The time envelope information calculation unit 2f receives the high frequency band signal X(j,i) {kx≤j<N,
t(s)≤i<t(s+1), 0≤s<sE} from the band splitting filter bank unit 2c and receives the time envelope L(k,i) {t(s)≤i<t(s+1),
0≤s<sE} from the k-th low frequency band time envelope calculation unit 2ek (1≤k≤n), and calculates time envelope
information required for acquiring the time envelope of high frequency band components of the signal X(j,i). The time
envelope information is information that can construct the approximation of a reference time envelope in the high fre-
quency band when the time envelope Ldec(k,i) is given on the speech decoder 1 side described above.
[0091] Specifically, calculation of the time envelope information is performed as follows. First, a time envelope of power
is calculated by the following equation. 

[0092] Next, when the reference time envelope in the l-th (1≤l≤nH) frequency band of the high frequency band is
represented as H(l,i) {t(s)≤i<t(s+1)), the reference time envelope H(l,i) is calculated by the following equation. 
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or by the following equation.

[0093] Note that, the reference time envelope in the high frequency band may be obtained by performing specified
processing (for example, smoothing) on H(l,i), like the time envelope in the low frequency band described above. Further,
the reference time envelope in the high frequency band is not necessarily calculated by the above calculation method
as long as it is a parameter representing the time-variation of the signal power or the signal amplitude of the high
frequency band signal. When the approximation of the reference time envelope H(l,i) by the time envelope L(k,i) is
represented as g(l,i), the form of g(l,i) conforms to the form gdec(l,i) in the speech decoder 1. The time envelope L(k,i)
corresponds to the time envelope Ldec(k,i) on the speech decoder 1 side.
[0094] For example, the time envelope information can be calculated by defining an error of the above g(l,i) with respect
to the reference time envelope H(l,i) and calculating g(l,i) that minimizes the error. Specifically, it can be calculated by
treating the error as a function of the time envelope information and finding the time envelope information that gives the
minimum value of the error. The calculation of the time envelope information may be performed numerically or may be
calculated using a numerical formula.
[0095] To be more specific, the error of the above g(l,i) with respect to the reference time envelope H(l,i) may be
calculated by the following equation: 
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[0096] Further, the error may be calculated as a weighted error using the following equation: 

[0097] Furthermore, the error may be calculated by the following equation: 

[0098] The weight w(l,i) may be defined as a weight that varies with the time index i or a weight that varies with the
frequency index 1, and it may be defined as a weight that varies with the time index i and the frequency index 1. Note
that, in this embodiment, the form of the error and the form of the weight are not particularly limited to the above examples.
[0099] The quantization/encoding unit 2g receives the time envelope information from the time envelope information
calculation unit 2f and then quantizes and encodes the time envelope information, and receives the supplementary
information for high frequency band generation from the supplementary information for high frequency band generation
calculation unit 2d and then encodes the supplementary information for high frequency band generation.
[0100] As a quantization and encoding method of the time envelope information, when the information is in the form
of the coefficient Al,k(s), for example, Al,k(s) may be scalar-quantized and then entropy-coded. Further, Al,k(s) may be
vector-quantized using a specified code book and then its index may be coded. In this embodiment, however, the
quantization and encoding method of the time envelope information is not limited to the above.
[0101] The high frequency band coded sequence construction unit 2h receives the coded supplementary information
for high frequency band generation and the quantized time envelope information from the quantization/encoding unit 2g
and constructs a high frequency band coded sequence containing those.
[0102] The multiplexing unit 2i receives the low frequency band coded sequence from the low frequency band encoding
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unit 2b and receives the high frequency band coded sequence from the high frequency band coded sequence construction
unit 2h, multiplexes those two coded sequences to generate a coded sequence and outputs the generated coded
sequence.
[0103] Hereinafter, the operation of the speech encoder 2 is described and the speech encoding method in the speech
encoder 2 is also described in detail with reference to Fig. 4.
[0104] First, the band splitting filter bank unit 2c analyzes an input speech signal and thereby acquires the frequency
domain signal X(j,i) in the entire frequency bands (Step S11). Next, the down-sampling unit 2a processes an external
input speech signal and acquires the down-sampled time domain signal (Step S12). Then, the low frequency band
encoding unit 2b encodes the down-sampled time domain signal and obtains the low frequency band coded sequence
(Step S13).
[0105] Further, the supplementary information for high frequency band generation calculation unit 2d analyzes the
frequency domain signal X(j,i) acquired from the band splitting filter bank unit 2c and calculates the supplementary
information for high frequency band generation to be used when generating high frequency band signal components
(Step S14). Then, the first to n-th low frequency band time envelope calculation units 2e1 to 2en calculate a plurality of
low frequency band time envelopes L(k,i) based on the low frequency band signal X(j,i) (Step S15). After that, the time
envelope information calculation unit 2f calculates, based on the high frequency band signal X(j,i) and the plurality of
low frequency band time envelopes L(k,i), the time envelope information required for acquiring the time envelope of high
frequency band components of the signal X(j,i) (Step S16). Then, the quantization/encoding unit 2g quantizes and
encodes the time envelope information and encodes the supplementary information for high frequency band generation
(Step S17).
[0106] Further, the high frequency band coded sequence construction unit 2h constructs the high frequency band
coded sequence containing the coded supplementary information for high frequency band generation and the quantized
time envelope information (Step S18). Then, the multiplexing unit 2i generates the coded sequence by multiplexing the
low frequency band coded sequence and the high frequency band coded sequence and outputs the generated coded
sequence (Step S19).
[0107] According to the speech decoder 1, the decoding method or the decoding program described above, the low
frequency band signal is obtained from the coded sequence by demultiplexing and decoding, and the supplementary
information for high frequency band generation and the time envelope information are obtained from the coded sequence
by demultiplexing, decoding and dequantization. Then, the high frequency band component Xdec(j,i) in the frequency
domain is generated from the low frequency band signal Xdec(j,i) transformed into the frequency domain using the
supplementary information for high frequency band generation, and, on the other hand, after acquiring a plurality of low
frequency band time envelopes Ldec(k,i) by analyzing the low frequency band signal Xdec(j,i) in the frequency domain,
the high frequency band time envelope ET(l,i) is calculated using the plurality of low frequency band time envelopes
Ldec(k,i) and the time envelope information. Further, the time envelope of the high frequency band component XH(j,i) is
adjusted by the calculated high frequency band time envelope ET(l,i), and the adjusted high frequency band component
and the low frequency band signal are added together and thereby the time domain signal is output. In this manner,
because a plurality of low frequency band time envelopes Ldec(k,i) are used for adjustment of the time envelope of the
high frequency band component XH(j,i), the waveform of the time envelope of the high frequency band component is
adjusted with high accuracy by use of the correlation between the time envelope of low frequency band components
and the time envelope of high frequency band components. As a result, the time envelope in the decoded signal is
adjusted into a less distorted shape, and therefore a reproduced signal with less pre-echo and post-echo can be obtained.
[0108] Further, according to the speech encoder 2, the encoding method or the encoding program described above,
the low frequency band signal is obtained by down-sampling of a speech signal, and the low frequency band signal is
encoded and, on the other hand, a plurality of time envelopes L(k,i) of low frequency band components are calculated
based on the speech signal X(j,i) in the frequency domain, and the time envelope information for acquiring the time
envelope of high frequency band components is calculated using the plurality of time envelopes L(k,i) of low frequency
band components. Further, the supplementary information for high frequency band generation for generating high fre-
quency band components from the low frequency band signal is calculated, and, after the supplementary information
for high frequency band generation and the time envelope information are quantized and encoded, the high frequency
band coded sequence containing the supplementary information for high frequency band generation and the time en-
velope information is constructed. Then, the coded sequence in which the low frequency band coded sequence and the
high frequency band coded sequence are multiplexed is generated. Accordingly, when the coded sequence is input to
the speech decoder 1, a plurality of low frequency band time envelopes can be used for adjustment of the time envelope
of high frequency band components on the speech decoder 1 side, and the waveform of the time envelope of high
frequency band components is thereby adjusted with high accuracy by use of the correlation between the time envelope
of low frequency band components and the time envelope of high frequency band components on the speech decoder
1 side. As a result, the time envelope in the decoded signal is adjusted into a less distorted shape, and therefore a
reproduced signal with less pre-echo and post-echo can be obtained on the decoder side.
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[First Alternative Example of Speech Decoder According to First Embodiment]

[0109] Fig. 5 is a diagram showing a configuration of a principal part related to envelope calculation in a first alternative
example of the speech decoder 1 according to the first embodiment, and Fig. 6 is a flowchart showing a procedure of
envelope calculation by the speech decoder 1 shown in Fig. 5.
[0110] The speech decoder 1 shown in Fig. 5 includes a time envelope calculation control unit (time envelope calculation
control means) 1k in addition to the low frequency band time envelope calculation units 1f1 to 1fn and the time envelope
calculation unit 1g. The time envelope calculation control unit 1k receives a low frequency band signal from the band
splitting filter bank unit 1c, calculates the power of the low frequency band signal in the frame (Step S31), and compares
the calculated power of the low frequency band signal with a specified threshold (Step S32). When the power of the low
frequency band signal is not larger than the specified threshold (NO in Step S32), the time envelope calculation control
unit 1k outputs a low frequency band time envelope calculation control signal to the low frequency band time envelope
calculation units 1f1 to 1fn and outputs a time envelope calculation control signal to the time envelope calculation unit
1g so that time envelope calculation is not performed in the low frequency band time envelope calculation units 1f1 to
1fn and the time envelope calculation unit 1g. In this case, the time envelope of the high frequency band signal is sent
to the band synthesis filter bank unit 1j without being adjusted based on the above-described time envelope (for example,
in the above Equation 29, E(m,i) is replaced with Ecurr(m,i)), and the following equation: 

is used in place of the above Equation 30) (Step S36). On the other hand, when the power of the low frequency band
signal is larger than the specified threshold, the time envelope calculation control unit 1k outputs a low frequency band
time envelope calculation control signal to the low frequency band time envelope calculation units 1f1 to 1fn and outputs
a time envelope calculation control signal to the time envelope calculation unit 1g so that time envelope calculation is
performed in the low frequency band time envelope calculation units 1f1 to 1fn and the time envelope calculation unit
1g. In this case, the high frequency band signal whose time envelope is adjusted by the time envelope adjustment unit
1i based on the above-described time envelope is sent to the band synthesis filter bank unit 1j.
[0111] Referring to Fig. 6, in the first alternative example of the speech decoder 1, the envelope calculation process
shown in Steps S31 to S36 is executed in place of the process in Steps S07 to S09 of the speech decoder 1 according
to the first embodiment shown in Fig. 2.
[0112] In the first alternative example of the speech decoder 1 described above, when the power of the low frequency
band signal is low and not used for calculation of the time envelope of the high frequency band signal, the process in
Steps S07 to S08 can be skipped to reduce the amount of computation.
[0113] Note that the time envelope calculation control unit 1k may calculate the power of a part corresponding to the
first to n-th low frequency band time envelopes calculated by the first to n-th low frequency band time envelope calculation
units 1f1 to 1fn, output the low frequency band time envelope calculation control signal based on a result of comparing
the calculated power corresponding to the first to n-th low frequency band time envelopes with a specified threshold and
thereby control whether or not to skip the processing of the first to n-th low frequency band time envelope calculation
units 1f1 to 1fn.
[0114] In this case, when the time envelope calculation control unit 1k makes control to skip the processing by all of
the first to n-th low frequency band time envelope calculation units 1f1 to 1fn, it outputs the time envelope calculation
control signal to the time envelope calculation unit 1g so as to skip the time envelope calculation process. On the other
hand, when the time envelope calculation control unit 1k makes control so that at least one of the first to n-th low frequency
band time envelope calculation units 1f1 to 1fn performs the low frequency band time envelope calculation process, it
outputs the time envelope calculation control signal to the time envelope calculation unit 1g so as to perform the time
envelope calculation process.

[Second Alternative Example of Speech Decoder According to First Embodiment]

[0115] Fig. 7 is a diagram showing a configuration of a principal part relating to envelope calculation in a second
alternative example of the speech decoder 1 according to the first embodiment, and Fig. 8 is a flowchart showing a
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procedure of envelope calculation performed by the speech decoder 1 shown in Fig. 7.
[0116] The speech decoder 1 shown in Fig. 7 includes a time envelope calculation control unit (time envelope calculation
control means) 1m in addition to the low frequency band time envelope calculation units 1f1 to 1fn and the time envelope
calculation unit 1g. The time envelope calculation control unit 1m outputs a low frequency band time envelope calculation
control signal to the first to n-th low frequency band time envelope calculation units 1f1 to 1fn based on the time envelope
information received from the coded sequence decoding/ dequantization unit 1e and controls execution of the low
frequency band time envelope calculation in the first to n-th low frequency band time envelope calculation units 1f1 to 1fn.
[0117] To be specific, in the second alternative example of the speech decoder 1, the envelope calculation process
in Steps S41 to S48 shown in Fig. 8 is executed, which replaces the process in Steps S07 to S09 of the speech decoder
1 according to the first embodiment shown in Fig. 2.
[0118] First, the time envelope calculation control unit 1m sets a count value "count" to 0 (Step S41). Next, the time
envelope calculation control unit 1m determines whether a coefficient A1,count+1(s) contained in the time envelope infor-
mation received from the coded sequence decoding/ dequantization unit 1e is 0 or not (Step S42).
[0119] As a result of the determination, when the coefficient A1,count+1(s) is 0 (NO in Step S42), the time envelope
calculation control unit 1m outputs a low frequency band time envelope calculation control signal to the count-th low
frequency band time envelope calculation unit 1fcount so that the low frequency band time envelope calculation in the
low frequency band time envelope calculation unit 1fcount is not performed and then proceeds to Step S44. On the other
hand, when it is determined that the coefficient A1,count+1(s) is not 0 (YES in Step S42), the time envelope calculation
control unit 1m outputs a low frequency band time envelope calculation control signal to the count-th low frequency band
time envelope calculation unit 1fcount so that the low frequency band time envelope calculation in the low frequency band
time envelope calculation unit 1fcount is performed. The low frequency band time envelope is thereby calculated by the
low frequency band time envelope calculation unit 1fcount (Step S43).
[0120] Further, the time envelope calculation control unit 1m increments the count value "count" by 1 (Step S44), and
then compares the count value "count" with the number n of the low frequency band time envelope calculation units 1fl
to 1fn (Step S45). When the count value "count" is smaller than the number n (YES in Step S45), the process returns
to Step S42 and repeats the determination for the next coefficient A1,count(s) contained in the time envelope information.
On the other hand, when the count value "count" is equal to or larger than the number n (NO in Step S45), the process
proceeds to Step S46. Then, the time envelope calculation control unit 1m determines whether the low frequency band
time envelope calculation is performed in one or more low frequency band time envelope calculation units 1f1 to 1fn
(Step S46). As a result of the determination, when the low frequency band time envelope calculation is not performed
in any of the low frequency band time envelope calculation units 1f1 to 1fn (NO in Step S46), the time envelope calculation
control unit 1m outputs the time envelope calculation control signal to the time envelope calculation unit 1g so as to skip
the time envelope calculation process. In this case, Step S49 is performed in place of Step S47 to S48 and then the
process proceeds to Step S10 (Fig. 2). On the other hand, when the low frequency band time envelope calculation is
performed in one or more the low frequency band time envelope calculation units 1f1 to 1fn (YES in Step S46), the time
envelope calculation unit 1g performs the time envelope calculation process (Step S47). Then, the time envelope ad-
justment unit 1i performs adjustment of the time envelope of the high frequency band signal (Step S48). After that, the
band synthesis filter bank unit 1j synthesizes the output signal.
[0121] By the second alternative example of the speech decoder 1 described above, when a part of the process is
not required based on the time envelope information obtained from the coded sequence, any of the process in Steps
S07 to S08 can be skipped to reduce the amount of computation.

[Third Alternative Example of Speech Decoder According to First Embodiment]

[0122] Fig. 9 is a diagram showing a configuration of a principal part related to envelope calculation according to a
third alternative example of the speech decoder 1 according to the first embodiment, and Fig. 10 is a flowchart showing
a procedure of envelope calculation by the speech decoder 1 shown in Fig. 9.
[0123] The speech decoder 1 shown in Fig. 9 includes a time envelope calculation control unit (time envelope calculation
control means) In in addition to the low frequency band time envelope calculation units 1f1 to 1fn and the time envelope
calculation unit 1g. The time envelope calculation control unit In receives time envelope calculation control information
from the coded sequence analysis unit 1d. In this alternative example, the time envelope calculation control information
describes whether or not to perform the time envelope calculation process in the frame. When decoding and dequanti-
zation are needed for reading the description of the time envelope calculation control information, the coded sequence
decoding/ dequantization unit 1e performs decoding and dequantization. Further, the time envelope calculation control
unit 1n determines whether or not to perform the time envelope calculation process in the frame by referring to the time
envelope calculation control information. When the time envelope calculation control unit 1n determines not to perform
the time envelope calculation process, it outputs a low frequency band time envelope calculation control signal to the
low frequency band time envelope calculation units 1f1 to 1fn and outputs a time envelope calculation control signal to
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the time envelope calculation unit 1g so that the time envelope calculation process is not performed in the low frequency
band time envelope calculation units 1f1 to 1fn and the time envelope calculation unit 1g. In this case, the high frequency
band signal is sent to the band synthesis filter bank unit 1j without adjustment of its time envelope based on the above-
described time envelope. On the other hand, when the time envelope calculation control unit In determines to perform
the time envelope calculation process, it outputs a low frequency band time envelope calculation control signal to the
low frequency band time envelope calculation units 1f1 to 1fn and outputs a time envelope calculation control signal to
the time envelope calculation unit 1g so that the time envelope calculation process is performed in the low frequency
band time envelope calculation units 1f1 to 1fn and the time envelope calculation unit 1g. In this case, the high frequency
band signal is sent to the band synthesis filter bank unit 1j after its time envelope is adjusted in the time envelope
adjustment unit 1i.
[0124] Referring to Fig. 10, in the third alternative example of the speech decoder 1, the envelope calculation process
in Steps S51 to S54 is executed in place of the process of Steps S07 to S09 of the speech decoder 1 according to the
first embodiment shown in Fig. 2.
[0125] In the third alternative example of the speech decoder 1 described above also, the process in Steps S07 to
S08 can be skipped based on the control information from the encoder to thereby reduce the amount of computation.

[Fourth Alternative Example of Speech Decoder According to First Embodiment]

[0126] Fig. 11 is a flowchart showing a procedure of envelope calculation performed by a fourth alternative example
of the speech decoder 1 according to the first embodiment. Note that the configuration of the fourth alternative example
of the speech decoder 1 is the same as that shown in Fig. 9.
[0127] In the fourth alternative example, the envelope calculation process in Steps S61 to S64 shown in Fig. 11 is
executed in place of the process in Steps S07 to S09 of the speech decoder 1 according to the first embodiment shown
in Fig. 2.
[0128] Specifically, the time envelope calculation control information describes the low frequency band time envelope
to be used for time envelope calculation in the frame among the first to n-th low frequency band time envelopes. When
decoding and dequantization are needed for reading the description of the time envelope calculation control information,
the coded sequence decoding/ dequantization unit 1e performs decoding and dequantization. Then, the time envelope
calculation control unit 1n selects, based on the time envelope calculation control information, the low frequency band
time envelope to be used for the time envelope calculation process in the frame (Step S61).
[0129] Then, the time envelope calculation control unit In outputs the low frequency band time envelope calculation
control signal to the first to n-th low frequency band time envelope calculation units 1f1 to 1fn. It is thereby controlled so
that the low frequency band time envelope is calculated by the low frequency band time envelope calculation unit 1f1 to
1fn corresponding to the low frequency band time envelope that is selected in the above selection, and the low frequency
band time envelope is not calculated by the low frequency band time envelope calculation unit 1f1 to 1fn corresponding
to the low frequency band time envelopes that is not selected in the above selection (Step S62).
[0130] After that, the time envelope calculation control unit In outputs the time envelope calculation control signal to
the time envelope calculation unit 1g so that the time envelope is calculated using only the selected low frequency band
time envelope (Step S63). Further, the time envelope adjustment unit 1i adjusts, using the calculated time envelope,
the time envelope of the high frequency band signal generated in the high frequency band generation unit 1h (Step S64).
[0131] Further, when any of the low frequency band time envelope is not selected in the above selection, Steps S62
to S63 may be skipped, and the high frequency band signal may be sent to the band synthesis filter bank unit 1j without
adjustment of its time envelope based on the above-described time envelope (Step S36 in Fig. 6).
[0132] In the fourth alternative example of the speech decoder 1 described above also, the process in Steps S07 to
S08 can be skipped based on the control information from the encoder to reduce the amount of computation.

[Fifth Alternative Example of Speech Decoder According to First Embodiment]

[0133] Fig. 12 is a flowchart showing a procedure of envelope calculation performed by a fifth alternative example of
the speech decoder 1 according to the first embodiment. Note that the configuration of the fifth alternative example of
the speech decoder 1 is the same as that shown in Fig. 9.
[0134] In the fifth alternative example, the envelope calculation process in Steps S71 to S75 shown in Fig. 12 is
executed in place of the process in Steps S07 to S09 of the speech decoder 1 according to the first embodiment shown
in Fig. 2.
[0135] Specifically, the time envelope calculation control information describes a calculation method of the first to n-
th low frequency band time envelopes in the frame. When decoding and dequantization are needed for reading the
description of the time envelope calculation control information, the coded sequence decoding/ dequantization unit 1e
performs decoding and dequantization. The calculation method of the first to n-th low frequency band time envelopes
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described in the time envelope calculation control information may be the content related to setting of the arrays B1 and
Bh representing sub-bands, for example, and the frequency range of the sub-band can be controlled based on the time
envelope calculation control information. The content related to setting of the arrays B1 and Bh may be the description
of a set of integers (k1,kh) to set the arrays B1 and Bh or the description related to selection from a plurality of specified
contents of setting of the arrays B1 and Bh. In this alternative example, a method of describing the content related to
setting of the arrays Bl and Bh is not particularly limited. Further, a calculation method of the first to n-th low frequency
band time envelopes described in the time envelope calculation control information may be the content related to setting
of the specified processing (for example, the content related to setting of the smoothing coefficient sc(j) described above),
and the specified processing (for example, the smoothing) can be controlled based on the time envelope calculation
control information. The content related to setting of the smoothing coefficient sc(j) may be a result of quantizing and
encoding the value of the smoothing coefficient sc(j) or may be the content related to selection of any one of a plurality
of specified smoothing coefficients sc(j). Further, it may include the description as to whether or not to perform the
smoothing. In this alternative example, a method of describing the content related to setting of the specified processing
(for example, setting of the smoothing coefficient sc(j) described above) is not particularly limited. Furthermore, a method
of calculating the first to n-th low frequency band time envelopes described in the time envelope calculation control
information may include at least one of the above calculation methods. Note that, in this alternative example, a method
of calculating the first to n-th low frequency band time envelopes described in the time envelope calculation control
information is not limited to the above description as long as the content related to a method of calculating the low
frequency band time envelope is described.
[0136] In Step S71, the time envelope calculation control unit In determines, based on the time envelope calculation
control information, whether or not to change the calculation method of the low frequency band time envelope in the
frame. When it is determined not to change the calculation method of the low frequency band time envelope (NO in Step
S71), the first to n-th low frequency band time envelope calculation units 1f1 to 1fn calculate the first to n-th low frequency
band time envelopes without changing the calculation method of the low frequency band time envelope (Step S73). On
the other hand, when it is determined to change the calculation method of the low frequency band time envelope (YES
in Step S71), the time envelope calculation control unit In outputs the low frequency band time envelope calculation
control signal to the first to n-th low frequency band time envelope calculation units 1f1 to 1fn and thereby instructs the
calculation method of the low frequency band time envelope, so that the calculation method of the low frequency band
time envelope is changed (Step S72). After that, the first to n-th low frequency band time envelope calculation units 1f1
to 1fn calculate the first to n-th low frequency band time envelopes by the changed low frequency band time envelope
calculation method (Step S73). Further, the time envelope calculation unit 1g calculates the time envelope by using the
first to n-th low frequency band time envelopes calculated by the first to n-th low frequency band time envelope calculation
units 1fl to 1fn (Step S74). Then, the time envelope adjustment unit 1i adjusts, using the time envelope calculated in the
time envelope calculation unit 1g, the time envelope of the high frequency band signal generated in the high frequency
band generation unit 1h (Step S75).
[0137] In the fifth alternative example of the speech decoder 1 described above also, the process in Steps S07 to S08
can be precisely controlled based on the control information from the encoder, thereby allowing highly accurate adjustment
of the time envelope.

[Sixth Alternative Example of Speech Decoder According to First Embodiment]

[0138] Fig. 13 is a diagram showing a configuration of a principal part related to envelope calculation in a sixth alternative
example of the speech decoder 1 according to the first embodiment. The speech decoder 1 shown in Fig. 13 includes
a time envelope calculation control unit (time envelope calculation control means) 1o in addition to the low frequency
band time envelope calculation units 1f1 to 1fn and the time envelope calculation unit 1g. The time envelope calculation
control unit 1o is configured to perform any one or more of the envelope calculation process in the first to fifth alternative
examples of the speech decoder 1.

[Seventh Alternative Example of Speech Decoder According to First Embodiment]

[0139] Fig. 14 is a flowchart showing a procedure of envelope calculation performed by a seventh alternative example
of the speech decoder 1 according to the first embodiment. Note that the configuration of the seventh alternative example
of the speech decoder 1 is the same as the speech decoder 1 according to the first embodiment. Steps S261 to S262
in Fig. 14 replace Step S08 in the flowchart of Fig. 2 showing the process of the speech decoder 1 according to the first
embodiment.
[0140] In this alternative example, the time envelope calculation unit 1g performs specified processing (processing of
Step S261) using the low frequency band time envelope Ldec(k,i) {1≤k≤n, t(s)≤i<t(s+1), 0≤s<sE} supplied from the low
frequency band time envelope calculation units 1f1 to 1fn and the time envelope information supplied from the coded
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sequence decoding/ dequantization unit 1e and then calculates the time envelope (processing of Step S262). Examples
of the specified processing and the calculation of the time envelope related thereto are as follows.
[0141] In the first example, the coefficient Al,k(s) in Equation 18, 21, 23 or 24 is calculated using the time envelope
information supplied in another form from the coded sequence decoding/ dequantization unit 1e. For example, the
coefficient is calculated by the following equation. 

where αk(s), k=1,2,...,Num, 0≤s<sE is the time envelope information supplied from the coded sequence decoding/ de-
quantization unit 1e, and Flk(x1,x2,...,xNum), 1≤l≤nH, 1≤k≤n is a specified function with Num number of variables as
arguments. After that, using the coefficient Al,k(s) acquired in the above method, the time envelope is calculated by
Equation 18, 21, 23 or 24.
[0142] In the second example, the quantity given by the following equation is calculated first.

[0143] Note that the following equation: 

is a specified coefficient.
[0144] Further, the above-described g(0)(l,i) may be a specified coefficient, or a specified function for the index l, i. For
example, g(0)(l,i) may be a function given by the following equation. 



EP 3 407 352 B9

29

5

10

15

20

25

30

35

40

45

50

55

[0145] Then, the quantity corresponding to the left-hand side of Equation 18, 21, 23 or 24 is calculated, and the result
is represented as g(l)(l,i) {1≤l≤nH, t(s)≤i<t(s+1), 0≤s<sE}. Then, the time envelope is calculated by the following equation,
for example.

[0146] Further, the time envelope may be calculated by the following equation. 

[0147] Further, the time envelope may be calculated by the following equation. 

[0148] When the time envelope information is not supplied from the coded sequence decoding/ dequantization unit
1e, the time envelope may be calculated by the following equation.



EP 3 407 352 B9

30

5

10

15

20

25

30

35

40

45

50

55

[0149] In this alternative example, the form of the above-described gdec(l,i) is not limited to the above example.
[0150] Note that, in the present invention, the specified processing and the calculation of the time envelope related
thereto are not limited to the above examples.
[0151] This alternative example may be applied to the first to sixth alternative examples of the speech decoder 1
according to the first embodiment as follows.
[0152] In the case of application to the first alternative example of the speech decoder 1 according to the first embod-
iment, Step S34 in Fig. 6 is replaced with Steps S261 to S262 in Fig. 14, for example. A plurality of kinds of the above-
described specified processing may be prepared in advance and changed depending on the power of the low frequency
band signal. Further, any one of a) calculating the time envelope by performing the above-described specified processing
only, b) calculating the time envelope by performing the above-described specified processing and further using the
time envelope information and c) calculating the time envelope using the time envelope information without performing
the above-described specified processing may be selected depending on the power of the low frequency band signal.
[0153] Fig. 15 is a flowchart showing a part of processing performed by the time envelope calculation control unit 1m
when the seventh alternative example of the speech decoder 1 according to the first embodiment is applied to the second
alternative example of the speech decoder 1 according to the first embodiment.
[0154] In the case of application to the second alternative example of the speech decoder 1 according to the first
embodiment, Step S42 in Fig. 8 is replaced with Step 271 in Fig. 15, and Step S47 in Fig. 8 is replaced with Steps S261
to S262 in Fig. 14, for example. A plurality of kinds of the above-described specified processing may be prepared in
advance and changed depending on the time envelope information. Further, any one process may be selected, depending
on the time envelope information, from a) calculating the time envelope by performing the above-described specified
processing only, b) calculating the time envelope by performing the above-described specified processing and further
using the time envelope information and c) calculating the time envelope using the time envelope information without
performing the above-described specified processing.
[0155] In the case of application to the third alternative example of the speech decoder 1 according to the first em-
bodiment, Step S53 in Fig. 10 is replaced with Steps S261 to S262 in Fig. 14. A plurality of kinds of the above-described
specified processing may be prepared in advance and changed depending on the time envelope calculation control
information. Further, any one may be selected, depending on the time envelope calculation control information, from a)
calculating the time envelope by performing the above-described specified processing only, b) calculating the time
envelope by performing the above-described specified processing and further using the time envelope information and
c) calculating the time envelope using the time envelope information without performing the above-described specified
processing.
[0156] Fig. 16 is a flowchart showing a part of processing performed by the time envelope calculation control unit In
when the seventh alternative example of the speech decoder 1 according to the first embodiment is applied to the fourth
alternative example of the speech decoder 1 according to the first embodiment.
[0157] In the case of application to the fourth alternative example of the speech decoder 1 according to the first
embodiment, Step S61 in Fig. 11 is replaced with Step 281 in Fig. 16, and Step S63 in Fig. 11 is replaced with Steps
S261 to S262 in Fig. 14. In Step 281 in Fig. 16, as method of selecting the time envelope of low frequency band
components to be calculated from the first to n-th low frequency band time envelopes, it may be examined whether A(0)

l,k
in one example of the above-described specified processing is zero or not and, the low frequency band signal time
envelope calculation unit 1fk may calculate Ldec(k,i) when A(0)

l,k is not zero and it is directed to calculate Ldec(k,i) in the
low frequency band signal time envelope calculation unit 1fk in the time envelope calculation control information.
[0158] In the case of application to the fifth alternative example of the speech decoder 1 according to the first embod-
iment, Step S74 in Fig. 12 is replaced with Steps S261 to S262 in Fig. 14. When the method of calculating the time
envelope of low frequency band components is changed, the above-described processing method may be changed
accordingly.
[0159] Further, application to the sixth alternative example of the speech decoder 1 according to the first embodiment
is made in accordance with the way of application to the first to fifth alternative examples described above.



EP 3 407 352 B9

31

5

10

15

20

25

30

35

40

45

50

55

[0160] Note that, although the flow that calculates the time envelope after performing the specified processing is shown
in Fig. 14, the specified processing may be performed after calculating the time envelope. For example, specified
processing such as smoothing may be performed on the calculated time envelope. Further, the time envelope may be
calculated after performing the specified processing, and further another specified processing may be performed on that
time envelope.
[0161] [First Alternative Example of Speech Encoder According to First Embodiment]
[0162] Fig. 17 is a diagram showing a configuration of a first alternative example of the speech encoder 2 according
to the first embodiment, and Fig. 18 is a flowchart showing a procedure of speech encoding by the speech encoder 2
shown in Fig. 17.
[0163] In the speech encoder 2 shown in Fig. 17, a time envelope calculation control information generation unit
(control information generation means) 2j is added to the speech encoder 2 according to the first embodiment.
[0164] The time envelope calculation control information generation unit 2j generates time envelope calculation control
information using at least one of the signal X(j,i) in the frequency band domain received from the band splitting filter
bank unit 2c and the time envelope information received from the time envelope information calculation unit 2f. The
generated time envelope calculation control information may be any of the time envelope calculation control information
in the third to seventh alternative examples of the speech decoder 1 according to the first embodiment.
[0165] The time envelope calculation control information generation unit 2j may calculate the signal power in the
frequency band corresponding to the low frequency band signal of the signal X(j,i) in the frequency domain received
from the band splitting filter bank unit 2c, for example, and generate the time envelope calculation control information
indicating whether or not to perform the time envelope calculation in the speech decoder 1 according to the calculated
signal power.
[0166] Alternatively, the time envelope calculation control information generation unit 2j may calculate the signal power
in the frequency band corresponding to the high frequency band signal of the signal X(j,i) in the frequency domain and
generate the time envelope calculation control information indicating whether or not to perform the time envelope cal-
culation in the speech decoder 1 according to the calculated signal power.
[0167] Further, the time envelope calculation control information generation unit 2j may calculate the signal power in
the frequency band corresponding to the entire frequency band signal (i.e. the frequency band corresponding to the low
frequency band signal and the frequency band corresponding to the high frequency band signal) of the signal X(j,i) in
the frequency domain and generate the time envelope calculation control information indicating whether or not to perform
the time envelope calculation in the decoder according to the calculated signal power.
[0168] The time envelope calculation control information generation unit 2j may calculate the power of a part corre-
sponding to the first to n-th low frequency band time envelopes calculated by the first to n-th low frequency band time
envelope calculation units 2e1 to 2en, and generate the time envelope calculation control information related to selection
of the low frequency band time envelope to be used for the time envelope calculation in the speech decoder 1 according
to the calculated signal power.
[0169] The time envelope calculation control information generation unit 2j may calculate the signal power in the
frequency band corresponding to the low frequency band signal of the signal X(j,i) in the frequency domain and generate
the time envelope calculation control information related to the low frequency band time envelope calculation method
in the speech decoder 1 according to the calculated signal power.
[0170] In this alternative example, the frequency band of the signal power to be calculated is not particularly limited,
and the time envelope calculation control information that is generated according to the calculated signal power may be
any one or more of the time envelope calculation control information in the third to seventh alternative examples of the
speech decoder 1 according to the first embodiment described above.
[0171] Further, the time envelope calculation control information generation unit 2j may detect or measure the signal
characteristics of the signal X(j,i) in the frequency domain, and generate the time envelope calculation control information
indicating whether or not to perform the time envelope calculation in the speech decoder 1 according to the calculated
signal characteristics.
[0172] Alternatively, the time envelope calculation control information generation unit 2j may generate the time envelope
calculation control information related to selection of the low frequency band time envelope to be used for the time
envelope calculation in the speech decoder 1 according to the signal characteristics of the signal X(j,i) in the frequency
domain.
[0173] The time envelope calculation control information generation unit 2j may generate the time envelope calculation
control information related to the low frequency band time envelope calculation method in the speech decoder 1 according
to the signal characteristics of the signal X(j,i) in the frequency domain.
[0174] Note that the signal characteristics detected or measured in the time envelope calculation control information
generation unit 2j may be the characteristics related to the steepness of the rising edge or the falling edge of the signal.
The signal characteristics may be the characteristics related to the stationarity of the signal. The signal characteristics
may be the characteristics related to the strength of the tonality of the signal. Further, the signal characteristics may be
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at least one of the above characteristics.
[0175] In this alternative example, the signal characteristics to be detected or measured are not particularly limited,
and the time envelope calculation control information that is generated according to the detected or measured signal
characteristics may be any one or more of the time envelope calculation control information in the third to sixth alternative
examples of the speech decoder 1 according to the first embodiment described above.
[0176] Furthermore, the time envelope calculation control information generation unit 2j may generate the time envelope
calculation control information indicating whether or not to perform the time envelope calculation in the speech decoder
1 according to the value of the time envelope information Al,k(s) (1≤l≤nH, 1≤k≤n,0≤s<sE) received from the time envelope
information calculation unit 2f, for example. The time envelope calculation control information generation unit 2j may
generate the time envelope calculation control information related to selection of the low frequency band time envelope
to be used for the time envelope calculation in the speech decoder 1. The time envelope calculation control information
generation unit 2j may generate the time envelope calculation control information related to the low frequency band time
envelope calculation method in the speech decoder 1.
[0177] In this alternative example, the time envelope calculation control information that is generated according to the
time envelope information may be any one or more of the time envelope calculation control information in the third to
sixth alternative examples of the speech decoder 1 according to the first embodiment described above.
[0178] Alternatively, the time envelope calculation control information generation unit 2j may generate, using the signal
X(j,i) in the frequency domain received from the band splitting filter bank unit 2c and the coded sequence of the supple-
mentary information for high frequency band generation received from the quantization/encoding unit 2g, for example,
the time envelope calculation control information indicating whether or not to perform the time envelope calculation in
the speech decoder 1 . The time envelope calculation control information generation unit 2j may generate the time
envelope calculation control information related to selection of the low frequency band time envelope to be used for the
time envelope calculation in the speech decoder 1. The time envelope calculation control information generation unit 2j
may generate the time envelope calculation control information related to the low frequency band time envelope calcu-
lation method in the speech decoder 1.
[0179] To be specific, the time envelope calculation control information generation unit 2j may decode and dequantize
the coded sequence of the supplementary information for high frequency band generation received from the quantiza-
tion/encoding unit 2g and thereby obtains locally decoded supplementary information for high frequency band generation,
and then generates a pseudo locally decoded high frequency band signal using the locally decoded supplementary
information for high frequency band generation and the signal X(j,i) in the frequency domain. The pseudo locally decoded
high frequency band signal can be generated by performing the same processing as the high frequency band generation
unit 1h of the speech decoder 1 according to the first embodiment. The time envelope calculation control information
generation unit 2j compares the generated pseudo locally decoded high frequency band signal with the frequency band
corresponding to the high frequency band signal of the signal X(j,i) in the frequency domain and generates the time
envelope calculation control information based on the comparison result.
[0180] The comparison between the pseudo locally decoded high frequency band signal and the frequency band
corresponding to the high frequency band signal of the signal X(j,i) in the frequency domain may be made by calculating
a differential signal of the two signals and based on the power of the differential signal. Further, it may be made by
calculating the time envelopes of the pseudo locally decoded high frequency band signal and the frequency band
corresponding to the high frequency band signal of the signal X(j,i) in the frequency domain and based on at least one
of a difference of the time envelopes and an amplitude of the difference.
[0181] Alternatively, the time envelope calculation control information generation unit 2j may generate, using, for
example, the signal X(j,i) in the frequency domain received from the band splitting filter bank unit 2c, the time envelope
information received from the time envelope information calculation unit 2f, and the coded sequence of the supplementary
information for high frequency band generation received from the quantization/encoding unit 2g, the time envelope
calculation control information indicating whether or not to perform the time envelope calculation in the speech decoder
1 . The time envelope calculation control information generation unit 2j may generate the time envelope calculation
control information related to selection of the low frequency band time envelope to be used for the time envelope
calculation in the speech decoder 1. The time envelope calculation control information generation unit 2j may generate
the time envelope calculation control information related to the low frequency band time envelope calculation method
in the speech decoder 1.
[0182] To be specific, the time envelope calculation control information generation unit 2j may generate a pseudo
locally decoded high frequency band signal and adjust the time envelope of the pseudo locally decoded high frequency
band signal by using the time envelope information received from the time envelope information calculation unit 2f, and
then compare the pseudo locally decoded high frequency band signal with the adjusted time envelope with the frequency
band corresponding to the high frequency band signal of the signal X(j,i) in the frequency domain and generate the time
envelope calculation control information based on the comparison result.
[0183] The comparison between the pseudo locally decoded high frequency band signal with the adjusted time en-
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velope and the frequency band corresponding to the high frequency band signal of the signal X(j,i) in the frequency
domain may be performed in the same manner as the comparison is performed between the pseudo locally decoded
high frequency band signal and the frequency band corresponding to the high frequency band signal of the signal X(j,i)
in the frequency domain.
[0184] Further, in the time envelope information calculation unit 2f of the speech encoder 2 according to the first
embodiment, the time envelope information may be calculated using the pseudo locally decoded high frequency band
signal. To be specific, the coded sequence of the supplementary information for high frequency band generation received
from the quantization/encoding unit 2g is further input to the time envelope information calculation unit 2f, and the coded
sequence of the supplementary information for high frequency band generation is decoded and dequantized to acquire
locally decoded supplementary information for high frequency band generation, and the pseudo locally decoded high
frequency band signal is generated using the locally decoded supplementary information for high frequency band gen-
eration and the signal X(j,i) in the frequency domain.
[0185] For example, the time envelope information calculation unit 2f may output, as the calculated time envelope
information, the time envelope information that allows best approximation to the frequency band corresponding to the
high frequency band signal of the signal X(j,i) in the frequency domain when the time envelope of the pseudo locally
decoded high frequency band signal is adjusted using the time envelope calculated from the time envelope information.
The determination as to whether it is close to the frequency band corresponding to the high frequency band signal of
the signal X(j,i) in the frequency domain may be made based on a differential signal between the pseudo locally decoded
high frequency band signal with the adjusted time envelope and the frequency band corresponding to the high frequency
band signal of the signal X(j,i) in the frequency domain, or may be based on an error between the time envelopes of
those signals.
[0186] Alternatively, the time envelope calculation control information generation unit 2j may generate the time envelope
calculation control information indicating whether or not to perform the time envelope calculation in the speech decoder
1 according to the amount of information (to be more specific, the number of bits) needed for encoding of the time
envelope information received from the quantization/encoding unit 2g, for example. The time envelope calculation control
information generation unit 2j may generate the time envelope calculation control information related to selection of the
low frequency band time envelope to be used for the time envelope calculation in the speech decoder 1. The time
envelope calculation control information generation unit 2j may generate the time envelope calculation control information
related to the low frequency band time envelope calculation method in the speech decoder 1.
[0187] To be specific, the time envelope calculation control information generation unit 2j generates the time envelope
calculation control information indicating to perform the time envelope calculation in the speech decoder 1 when the
amount of information (to be more specific, the number of bits) needed for encoding of the time envelope information
received from the quantization/encoding unit 2g is equal to or smaller than a specified threshold, for example. On the
other hand, when the amount of information needed for encoding of the time envelope information is larger than a
specified threshold, the time envelope calculation control information generation unit 2j generates the time envelope
calculation control information indicating not to perform the time envelope calculation in the speech decoder 1.
[0188] Further, the time envelope calculation control information generation unit 2j may generate the time envelope
calculation control information related to selection of the low frequency band time envelope to be used for the time
envelope calculation in the speech decoder 1 so that the amount of information needed for encoding of the time envelope
information is equal to or smaller than a specified threshold. At this time, the time envelope calculation control information
generation unit 2j may notify the result of comparing the amount of information needed for encoding of the time envelope
information with the threshold to the time envelope information calculation unit 2f, and the time envelope information
calculation unit 2f may re-calculate the time envelope information according to the notified comparison result. Note that,
in the case where the time envelope information is re-calculated, the quantization/encoding unit 2g encodes and quantizes
the re-calculated time envelope information. The number of times of re-calculating the time envelope information is not
particularly limited.
[0189] In this alternative example, the time envelope calculation control information is calculated based on the amount
of information needed for encoding of the time envelope information, and the time envelope calculation control information
to be generated may be any one or more of the time envelope calculation control information in the third to sixth alternative
examples of the speech decoder 1 according to the first embodiment described above.
[0190] The time envelope calculation control information generated by the time envelope calculation control information
generation unit 2j in the above manner is further added to the high frequency band coded sequence by the high frequency
band coded sequence construction unit 2h and thereby the high frequency band coded sequence is constructed.

[Second Alternative Example of Speech Encoder According to First Embodiment]

[0191] Fig. 19 is a diagram showing a configuration of a second alternative example of the speech encoder 2 according
to the first embodiment, and Fig. 20 is a flowchart showing a procedure of speech encoding by the speech encoder 2
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shown in Fig. 19.
[0192] In the speech encoder 2 shown in Fig. 19, a low frequency band decoding unit 2k is added to the speech
encoder 2 according to the first embodiment.
[0193] The low frequency band decoding unit 2k receives the low frequency band coded sequence from the low
frequency band encoding unit 2b, decodes and dequantizes the low frequency band coded sequence and thereby
acquires a locally decoded low frequency band signal. Note that, when the quantized low frequency band signal can be
acquired from the low frequency band encoding unit 2b, the low frequency band decoding unit 2k may dequantize the
quantized low frequency band signal and acquire the locally decoded low frequency band signal. Then, the low frequency
band time envelope calculation units 2e1 to 2en calculate the first to n-th low frequency band time envelopes by using
the locally decoded low frequency band signal acquired by the low frequency band decoding unit 2k.
[0194] Note that the second alternative example of the speech encoder 2 according to the first embodiment may be
applied also to the first alternative example of the speech encoder 2 according to the first embodiment.

[Third Alternative Example of Speech Encoder According to First Embodiment]

[0195] Fig. 21 is a diagram showing a configuration of a third alternative example of the speech encoder 2 according
to the first embodiment, and Fig. 22 is a flowchart showing a procedure of speech encoding by the speech encoder 2
shown in Fig. 21.
[0196] The speech encoder 2 shown in Fig. 21 is different from the speech encoder 2 according to the first embodiment
in that it includes a band synthesis filter bank unit 2m in place of the down-sampling unit 2a.
[0197] The band synthesis filter bank unit 2m receives the signal X(j,i) in the frequency domain from the band splitting
filter bank unit 2c, performs band synthesis for the frequency band corresponding to the low frequency band signal and
thereby acquires a down-sampled signal. The acquisition of the down-sampled signal by band synthesis may be per-
formed according to the method of downsampled synthesis filterbank in SBR of "MPEG4 AAC" specified in "ISO/IEC
14496-3", for example ("ISO/IEC 14496-3 subpart 4 General Audio Coding").
[0198] Note that the third alternative example of the speech encoder 2 according to the first embodiment may be
applied also to the first and second alternative examples of the speech encoder 2 according to the first embodiment.
[0199] In a fourth alternative example of the speech encoder 2 according to the first embodiment, the specified process-
ing corresponding to the seventh alternative example of the speech decoder 1 according to the first embodiment described
above is performed when calculating g(l,i) in the time envelope information calculation unit 2f of the speech encoder 2
according to the first embodiment. Note that, as described in the seventh alternative example of the speech decoder 1
according to the first embodiment, g(l,i) may be calculated using the low frequency band time envelope after performing
the specified processing, or g(l,i) may be calculated by performing the specified processing after calculating g(l,i) using
the low frequency band time envelope.
[0200] Note that the fourth alternative example of the speech encoder 2 according to the first embodiment may be
applied also to the first to third alternative examples of the speech encoder 2 according to the first embodiment.
[0201] In the case of applying the fourth alternative example of the speech encoder 2 according to the first embodiment
to the first alternative example of the speech encoder 2 according to the first embodiment, information as to whether or
not to perform the above-described specified processing in the speech decoder 1 according to the first embodiment may
be contained in the time envelope calculation control information based on an error of g(l,i) with respect to H(l,i) described
above.

[Second Embodiment, being an informative example]

[0202] A second embodiment which serves as an informative example not being part of the present invention, but is
useful for understanding the present invention is described hereinbelow.
[0203] Fig. 23 is a diagram showing a configuration of the speech decoder 101 according to the second embodiment,
and Fig. 24 is a flowchart showing a procedure of speech decoding by the speech decoder 101 shown in Fig. 23. The
speech decoder 101 of Fig. 23 is different from the speech decoder 1 according to the first embodiment in that it further
includes a frequency envelope superposition unit (frequency envelope superposition means) 1q and that it includes a
time-frequency envelope adjustment unit (time-frequency envelope adjustment means) 1p in place of the time envelope
adjustment unit 1i (1c to 1e, 1h, 1j and 1p are sometimes referred to also as a bandwidth extension unit (bandwidth
extension means)).
[0204] The coded sequence analysis unit 1d analyzes the high frequency band coded sequence supplied from the
demultiplexing unit 1a and thereby acquires coded supplementary information for high frequency band generation and
quantized time-frequency envelope information.
[0205] The coded sequence decoding/ dequantization unit 1e decodes the coded supplementary information for high
frequency band generation supplied from the coded sequence analysis unit 1d and thereby obtains supplementary
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information for high frequency band generation, and dequantizes the quantized time-frequency envelope information
supplied from the coded sequence analysis unit 1d and thereby acquires time-frequency envelope information.
[0206] The frequency envelope superposition unit 1q receives a time envelope ET(l,i) from the time envelope calculation
unit 1g and frequency envelope information from the coded sequence decoding/ dequantization unit 1e. Then, the
frequency envelope superposition unit 1q calculates a frequency envelope from the frequency envelope information and
superimposes the frequency envelope onto the time envelope. Specifically, the frequency envelope superposition unit
1q performs this processing in the following procedure, for example.
[0207] First, the frequency envelope superposition unit 1q transforms the time envelope by the following equation. 

[0208] Next, the frequency envelope superposition unit 1q divides the high frequency band into mH(mH≥1) number of
sub-bands. The sub-bands are represented as B(F)

k (k=1,2,3,...,mH). Further, for simplification of the description, an
array GH having mH+1 number of indexes representing the boundary of the sub-band B(F)

k (1≤k≤mH) as factors is defined
so that the signal XH(j,i), GH(k)≤j<GH(k+1), t(s)≤i<t(s+1), 0≤s<sE corresponds to the component of the sub-band B(F)

k.
Note that GH(1)=kx, GH(mH+1)=kmax+1.
[0209] Then, the frequency envelope superposition unit 1q calculates the frequency envelope by the following equation. 

where sfdec(k,s) (where 1≤k≤5mH, 0≤s<sE) is a scale factor corresponding to the sub-band B(F)
k.

[0210] Note that the frequency envelope may be calculated by the following equation. 
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[0211] In this embodiment, the form of EF,dec(k,s) is not limited to the above example.
[0212] The frequency envelope superposition unit 1q calculates sfdec(k,s) as follows. First, the values of sfdec(k,s)
corresponding to several sub-bands are set as constant numbers that are not dependent on time as represented by the
following equation (hereinafter, a set of indexes k corresponding to those sub-bands is denoted as NC). 

[0213] Although the value of C may be C=0, the value of C is not specified in this embodiment. Then, when the integer
1 is not included in the set Nc, the frequency envelope superposition unit 1q acquires the scale factor sfdec(1,s), 0≤s<s
from the frequency envelope information.
[0214] After that, the frequency envelope superposition unit 1q repeats the processing of the following (Step k) from
k=2 to k=mH and calculates the above-described scale factor.

(Step k)

[0215] When the integer k is not included in the set Nc, a difference in scale factor dsfdec(k,s), 0≤s<s is acquired from
the frequency envelope information, the scale factor is calculated by the following equation: 

and 1 is added to the integer k and then the process proceeds to the next (Step k). On the other hand, when the integer
k is included in the set Nc, 1 is added to the integer k as it is and then the process proceeds to the next (Step k).
[0216] Further, in the case of receiving a difference in scale factor sfdec(1,s), 0≤s<sE from the frequency envelope
information, the processing in the above Step k may be performed by calculating sfdec(0,s), 0≤s<sE using the low
frequency band component of the signal in the frequency domain received from the band splitting filter bank unit 1c. For
example, in the equations 63, 64 and 65 described later, X(j,i) may be replaced with Xdec(j,i), and sf(0,s) calculated using
a specified kl and kh satisfying 0≤kl≤kh<kx where k=0 may be set as sfdec(0,s).
[0217] In this example, differently from the above-described example, the frequency envelope information may cor-
respond to the scale factor sfdec(k,s) itself. Further, the frequency envelope information may be a difference dtsf(s,k),
1≤s<sE, 1≤k≤mH in the time direction when calculating the scale factor sfdec(k,s), 1≤k≤mH in the s-th (s≥1) frame by the
following equation using the scale factor sfdec(k,s-1) in the (s-1)th frame. 

[0218] In this case, however, sfdec(k,0), 1≤k≤mH corresponding to the initial value is acquired using another way such
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as the above-described method.
[0219] Further, the scale factor of the sub-band may be calculated using interpolation or extrapolation from at least
one of the scale factor of the low frequency band component and the scale factor of the sub-band of the high frequency
band. In this case, the frequency envelope information is the scale factor of the sub-band to be used for the interpolation
or extrapolation and an interpolation or extrapolation parameter within the high frequency band. For calculation of the
scale factor of the low frequency band component, the low frequency band component of the signal in the frequency
domain received from the band splitting filter bank unit 1c is used.
[0220] The interpolation or extrapolation parameter may be a specified parameter. Further, the interpolation or ex-
trapolation of the scale factor may be made by calculating a parameter to be actually used for interpolation or extrapolation
from the specified interpolation or extrapolation parameter and the interpolation or extrapolation parameter contained
in the frequency envelope information. Furthermore, in at least one of the cases where the frequency envelope information
is not received and where the frequency envelope information does not contain the interpolation or extrapolation pa-
rameter, the interpolation or extrapolation of the scale factor may be made using the specified interpolation or extrapolation
parameter only. Note that, in this embodiment, a method of interpolation and extrapolation is not particularly limited.
[0221] The form of the frequency envelope information described above is just one example, and it may be any form
as long as it is a parameter representing variation of the signal power or the signal amplitude in the frequency direction
for each sub-band of the high frequency band. In this embodiment, the form of the frequency envelope information is
not particularly limited.
[0222] Then, the frequency envelope superposition unit 1q transforms the above-described EF(k,s) using the following
equation. 

[0223] Then, the frequency envelope superposition unit 1q calculates the quantity E2(m,i) by the following equation
using the time envelope E0(m,i) and the frequency envelope E1(m,i) transformed as above.
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[0224] Further, the above-described E2(m,i) may be in the form given by the following equation. 

[0225] Further, it may be in the form given by the following equation.

where Q(m), 0≤m<kmax-kx is an integer satisfying the following equation. 
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[0226] Further, it may be in the form given by the following equation. 

[0227] Note that, however, the form of the above-described E2(m,i) is not limited to the above examples.
[0228] Then, the frequency envelope superposition unit 1q calculates the quantity E(m,i) by the following equation
using the above-described E2(m,i). 

[0229] The coefficient C(s) is given by the following equation. 
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[0230] Further, it may be the following equation.

[0231] The time-frequency envelope adjustment unit 1p adjusts, using the time-frequency envelope E1(m,i) supplied
from the frequency envelope superposition unit 1q, the time-frequency envelope of the high frequency band signal XH(j,i),
kx≤j<kmax supplied from the high frequency band generation unit 1h .
[0232] It should be noted that the first to sixth alternative examples of the speech decoder 1 according to the first
embodiment of the invention may be applied to the speech decoder 101 according to the second embodiment.
[0233] Fig. 25 is a diagram showing a configuration of a speech encoder 102 according to the second embodiment
which serves as an informative example not being part of the present invention, but is useful for understanding the
present invention, and Fig. 26 is a flowchart showing a procedure of speech encoding by the speech encoder 102 shown
in Fig. 25. The speech encoder 102 of Fig. 25 is different from the speech encoder 2 according to the first embodiment
in that it further includes a frequency envelope information calculation unit 2n.
[0234] The frequency envelope information calculation unit 2n receives the high frequency band signal X(j,i) {0≤j<N,
0≤i<t(sE)} from the band splitting filter bank unit 2c and calculates the frequency envelope information. Specifically,
calculation of the frequency envelope information is performed as follows.
[0235] First, the frequency envelope information calculation unit 2n calculates the frequency envelope of the power
on the sub-band B(F)

k (where k=1,2,3,...,mH) by the following equation. 
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[0236] Next, the frequency envelope information calculation unit 2n calculates the scale factor sf(k,s), 1≤k≤mH of the
sub-band B(F)

k. The value of sf(k,s) is calculated by the following equation, for example.

[0237] Further, the frequency envelope information calculation unit 2n may calculate the value of sf(k,s) by the following
equation in accordance with the method described in "ISO/IEC 14496-3 4.B.18". 

[0238] Further, it may be set by the following equation 

in accordance with the speech decoder 101.
[0239] Then, the frequency envelope information calculation unit 2n may set the frequency envelope information as
the above-described scale factor sf(k, s) (1≤k≤mH). Further, the frequency envelope information may be in the form of
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the following equation. Specifically, a difference in the above-described scale factor sf(k, s) is defined by the following
equation 

and dsf(k,s) and sf(1,s)(0≤s<sE) may be used as the frequency envelope information.
[0240] Further, like the frequency envelope superposition unit 1q of the speech decoder 101 according to the second
embodiment, the above-described scale factor sf(0,s) may be calculated using the low frequency band signal X(j,i)(0≤j<kx)
in the frequency domain, and dsf(1,s) calculated by the scale factor sf(0,s) may be contained in the frequency envelope
information.
[0241] Further, the frequency envelope information may be an extrapolation parameter from the low frequency band
when the scale factor of the high frequency band is approximated by extrapolation from the scale factor of the low
frequency band component. Further, the frequency envelope information may be the scale factor of the sub-band and
the interpolation or extrapolation parameter within the high frequency band when calculating a part different from several
sub-bands from the scale factors of these several sub-bands of the high frequency band by using interpolation or
extrapolation. A combination of the former and latter forms may be the frequency envelope information.
[0242] Note that, in this invention, the frequency envelope information is not limited to the above-described examples.
[0243] As a quantization and encoding method of the frequency envelope information, the frequency envelope infor-
mation may be scalar-quantized and then entropy-coded such as Huffman coding and Arithmetic coding. Further, the
frequency envelope information may be vector-quantized using a specified code book and then its index may be set as
a code.
[0244] Specifically, the above-described scale factor sf(k,s) may be scalar-quantized and then entropy-coded such
as Huffman coding and Arithmetic coding. Further, the above-described dsf(k,s) may be scalar-quantized and then
entropy-coded. Furthermore, the above-described scale factor sf(k,s) may be vector-quantized using a specified code
book and then its index may be set as a code. Further, the above-described dsf(k,s) may be vector-quantized using a
specified code book and then its index may be set as a code. Furthermore, a difference of the scalar-quantized scale
factor sf(k,s) may be entropy-coded.
[0245] For example, EDelta(k,s) may be calculated by the following equation 

using sf(k,s) in the above-described equation in accordance with the method described in "ISO/IEC 14496-3 4.B.18",
and EDelta(k,s) may be Huffman coded.
[0246] Note that, when the integer 1 is included in a set Nc, the above-described quantization and encoding of sf(l,s)
(0≤s<sE) and dsf(l,s) (0≤s<sE) may be omitted.
[0247] Further, in the present invention, quantization and encoding of the frequency envelope information are not
limited to the above-described examples.
[0248] The first to fourth alternative examples of the speech encoder 2 according to the first embodiment of the invention
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may be applied to the speech encoder 102 according to the second embodiment. For example, Fig. 27 is a diagram
showing a configuration when the first alternative example of the speech encoder 2 according to the first embodiment
of the invention is applied to the speech encoder 102 according to the second embodiment, Fig. 28 is a flowchart showing
a procedure of speech encoding by the speech encoder 102 shown in Fig. 27. Further, Fig. 29 is a diagram showing a
configuration when the second alternative example of the speech encoder 2 according to the first embodiment of the
invention is applied to the speech encoder 102 according to the second embodiment, and Fig. 30 is a flowchart showing
a procedure of speech encoding by the speech encoder 102 shown in Fig. 29.

[Third Embodiment being an informative example]

[0249] A third embodiment which serves as an informative example not being part of the present invention, but is
useful for understanding the present invention is described hereinbelow.
[0250] Fig. 31 is a diagram showing a configuration of a speech decoder 201 according to the third embodiment, and
Fig. 32 is a flowchart showing a procedure of speech decoding by the speech decoder 201 shown in Fig. 31. The speech
decoder 201 of Fig. 31 is different from the speech decoder 1 according to the first embodiment in that it further includes
a time envelope calculation control unit 1s and that it includes a coded sequence decoding/ dequantization unit 1r and
an envelope adjustment unit It in place of the coded sequence decoding/ dequantization unit 1e and the time envelope
adjustment unit 1i (1c to 1d, 1h, 1j, and 1r to 1t are sometimes referred to also as a bandwidth extension unit (bandwidth
extension means)).
[0251] The coded sequence analysis unit 1d analyzes the high frequency band coded sequence supplied from the
demultiplexing unit 1a and thereby obtains coded supplementary information for high frequency band generation and
time envelope calculation control information and further obtains coded time envelope information or coded second
frequency envelope information.
[0252] The coded sequence decoding/ dequantization unit 1r decodes the coded supplementary information for high
frequency band generation supplied from the coded sequence analysis unit 1d and thereby obtains supplementary
information for high frequency band generation.
[0253] The high frequency band generation unit 1h replicates, using the supplementary information for high frequency
band generation supplied from the coded sequence decoding/ dequantization unit 1r, the low frequency band signal
Xdec(j,i), 0≤j<kx supplied from the band splitting filter bank unit 1c onto the high frequency band and thereby generates
a high frequency band signal Xdec(j,i), kx≤j≤kmax.
[0254] The time envelope calculation control unit 1s checks, based on the time envelope calculation control information
supplied from the coded sequence analysis unit 1d, whether the envelope adjustment unit It is to adjust the envelope
of the high frequency band signal using the second frequency envelope information. When the envelope adjustment
unit It does not adjust the envelope of the high frequency band signal using the second frequency envelope information,
the coded sequence decoding/ dequantization unit 1r decodes and dequantizes the coded time envelope information
supplied from the coded sequence analysis unit 1d and thereby obtains the time envelope information. On the other
hand, when the envelope adjustment unit It adjusts the envelope of the high frequency band signal using the second
frequency envelope information, the time envelope calculation control unit 1s outputs a low frequency band time envelope
calculation control signal to the low frequency band time envelope calculation units 1f1 to 1fn and outputs a time envelope
calculation control signal to the time envelope calculation unit 1g so that the envelope calculation is not performed in
the low frequency band time envelope calculation units 1f1 to 1fn and the time envelope calculation unit 1g.
[0255] Further, the coded sequence decoding/ dequantization unit 1r decodes and dequantizes the coded second
frequency envelope information supplied from the coded sequence analysis unit 1d and thereby obtains the second
frequency envelope information. Further, in this case, the envelope adjustment unit It adjusts, using the second frequency
envelope information supplied from the coded sequence decoding/ dequantization unit 1r, the frequency envelope of
the high frequency band signal XH(j,i) (kx≤j<kmax) supplied from the high frequency band generation unit 1h.
[0256] Specifically, the quantity E3(k,s), 1≤k≤mH, 0≤s<sE corresponding to EF,dec(k,s) is calculated using the decoded
and dequantized second frequency envelope information in accordance with the calculation method of EF,dec(k,s) in the
frequency envelope superposition unit 1q of the speech decoder 101, and further the above-described E3(k,s) is trans-
formed by the following equation. 
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[0257] After that, the high frequency band signal Y(i,j) {kx≤j≤kmax, t(s)≤i<t(s+1), 0≤s<sE} whose envelope is adjusted
in accordance with the procedure in the time-frequency envelope adjustment unit 1p of the speech decoder 101 is
acquired.
[0258] Note that the first to seventh alternative examples of the speech decoder 1 according to the first embodiment
of the invention may be applied to the speech decoder 201 according to the third embodiment.
[0259] Fig. 35 is a diagram showing a configuration of a speech encoder 202 according to the third embodiment, and
Fig. 36 is a flowchart showing a procedure of speech encoding by the speech encoder 202 shown in Fig. 35. The speech
encoder 202 of Fig. 35 is different from the speech encoder 2 according to the first embodiment in that it further includes
a time envelope calculation control information generation unit 2j and a second frequency envelope information calculation
unit 2o.
[0260] The second frequency envelope information calculation unit 2o receives the high frequency band signal X(j,i)
{kx≤j<N, t(s)≤i<t(s+1), 0≤s<sE} from the band splitting filter bank unit 2c and calculates the second frequency envelope
information (processing in Step S207).
[0261] The second frequency envelope information may be calculated in the same manner as the calculation method
of the frequency envelope information in the speech encoder 102 according to the second embodiment. In this embod-
iment, however, the calculation method of the second frequency envelope information is not particularly limited.
[0262] The quantization/encoding unit 2g quantizes and encodes the time envelope information and the second fre-
quency envelope information. The quantization and encoding of the time envelope information may be performed in the
same manner as the quantization and encoding in the quantization/encoding unit 2g of the speech encoder according
to the first and second embodiments. The quantization and encoding of the second frequency envelope information may
be performed in the same manner as the quantization and encoding of the frequency envelope information in the
quantization/encoding unit 2g of the speech encoder according to the second embodiment. In this embodiment, however,
the quantization and encoding method of the time envelope information and the second frequency envelope information
is not particularly limited.
[0263] The time envelope calculation control information generation unit 2j generates time envelope calculation control
information using at least one of the signal X(j,i) in the frequency domain received from the band splitting filter bank unit
2c, the time envelope information received from the time envelope information calculation unit 2f, and the second
frequency envelope information received from the second frequency envelope information calculation unit 2o (processing
in Step S209). The generated time envelope calculation control information may be the time envelope calculation control
information in the speech decoder 201 according to the third embodiment described above.
[0264] The time envelope calculation control information generation unit 2j may be the same as that of the first alternative
example of the speech encoder 2 according to the first embodiment, for example.
[0265] The time envelope calculation control information generation unit 2j generates the pseudo locally decoded high
frequency band signals using the time envelope information and the second frequency envelope information, respectively,
and compares them with the original signal in the same manner as in the first alternative example of the speech encoder
2 according to the first embodiment, for example. When the pseudo locally decoded high frequency band signal generated
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using the second frequency envelope information is closer to the original signal, information indicating adjustment of the
high frequency band signal using the second frequency envelope information in the decoder is generated as the time
envelope calculation control information. The comparison between each of the pseudo locally decoded high frequency
band signals with the original signal may be made by calculating a differential signal and determining whether the
differential signal is small or not, for example. Further, the comparison may be made by calculating the time envelopes
of each of the pseudo locally decoded high frequency band signals and the original signal, calculating a difference of
the time envelopes of each of the pseudo locally decoded high frequency band signals and the original signal, and
determining whether the difference is small or not. Furthermore, the comparison may be made by determining whether
the maximum value of the differential signal from the original signal and/or the difference in the envelope is small or not.
In this embodiment, the comparison method is not limited the above examples.
[0266] The time envelope calculation control information generation unit 2j may further use at least one of the quantized
time envelope information and the quantized second frequency envelope information when generating the time envelope
calculation control information.
[0267] When the coded supplementary information for high frequency band generation received from the quantiza-
tion/encoding unit 2g and the time envelope calculation control information direct that the high frequency band signal
be adjusted using the second frequency envelope information in the decoder, the coded sequence construction unit 2h
constructs the high frequency band coded sequence using the coded second frequency envelope information and
otherwise constructs the same using the coded time envelope information otherwise (processing in Step S211).
[0268] Note that the first to fourth alternative examples of the speech encoder 2 according to the first embodiment of
the invention may be applied to the speech encoder 202 according to the third embodiment.

[Fourth Embodiment being an informative example]

[0269] A fourth embodiment which serves as an informative example not being part of the present invention, but is
useful for understanding the present invention is described hereinbelow.
[0270] Fig. 33 is a diagram showing a configuration of a speech decoder 301 according to the fourth embodiment,
and Fig. 34 is a flowchart showing a procedure of speech decoding by the speech decoder 301 shown in Fig. 33. The
speech decoder 201 of Fig. 33 is different from the speech decoder 1 according to the first embodiment in that it further
includes a time envelope calculation control unit 1s and a frequency envelope superposition unit 1u and that it includes
a coded sequence decoding/ dequantization unit 1r and a time-frequency envelope adjustment unit 1v in place of the
coded sequence decoding/ dequantization unit 1e and the time envelope adjustment unit 1i, respectively (1c to 1d, 1h,
1j, 1r to 1s, and 1u to 1v are sometimes referred to also as a bandwidth extension unit (bandwidth extension means)).
[0271] The coded sequence analysis unit 1d analyzes the high frequency band coded sequence supplied from the
demultiplexing unit 1a and thereby obtains coded supplementary information for high frequency band generation and
time envelope calculation control information and further obtains coded time envelope information and coded frequency
envelope information or coded second frequency envelope information.
[0272] The time envelope calculation control unit 1s checks, based on the time envelope calculation control information
supplied from the coded sequence analysis unit 1d, whether the envelope adjustment unit 1v is to adjust the envelope
of the high frequency band signal using the second frequency envelope information and, when the envelope adjustment
unit 1v does not adjust the envelope of the high frequency band signal using the second frequency envelope information,
the coded sequence decoding/ dequantization unit 1r decodes and dequantizes the coded time envelope information
supplied from the coded sequence analysis unit 1d and thereby obtains the time envelope information.
[0273] On the other hand, when the envelope adjustment unit 1v adjusts the envelope of the high frequency band
signal using the second frequency envelope information, the same processing as in Step S190 of the third embodiment
is performed. Further, the processing of the time-frequency envelope adjustment unit 1v is also the same as in Step
S191 of the third embodiment.
[0274] It should be noted that the first to seventh alternative examples of the speech decoder 1 according to the first
embodiment of the invention may be applied to the speech decoder 301 according to the fourth embodiment.
[0275] Fig. 37 is a diagram showing a configuration of a speech encoder 302 according to the fourth embodiment,
and Fig. 38 is a flowchart showing a procedure of speech encoding by the speech encoder 302 shown in Fig. 37. The
speech encoder 302 of Fig. 37 is different from the speech encoder 2 according to the first embodiment in that it further
includes a time envelope calculation control information generation unit 2j, a frequency envelope information calculation
unit 2p, and a second frequency envelope information calculation unit 2o.
[0276] The quantization/encoding unit 2g quantizes and encodes the time envelope information, the frequency enve-
lope information and the second frequency envelope information. The quantization and encoding of the time envelope
information may be performed in the same manner as the quantization and encoding in the quantization/encoding unit
2g of the speech encoder according to the first and second embodiments. The quantization and encoding of the frequency
envelope information and the second frequency envelope information may be performed in the same manner as the
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quantization and encoding of the frequency envelope information in the quantization/encoding unit 2g of the speech
encoder according to the second embodiment. In this embodiment, however, the quantization and encoding method of
the time envelope information and the second frequency envelope information is not particularly limited.
[0277] The time envelope calculation control information generation unit 2j generates time envelope calculation control
information using at least one of the signal X(j,i) in the frequency domain received from the band splitting filter bank unit
2c, the time envelope information received from the time envelope information calculation unit 2f, the frequency envelope
information received from the frequency envelope information calculation unit 2p, and the second frequency envelope
information received from the second frequency envelope information calculation unit 2o (processing in Step S250). The
generated time envelope calculation control information may be the time envelope calculation control information in the
speech decoder 301 according to the fourth embodiment.
[0278] The time envelope calculation control information generation unit 2j may be the same as that of the first alternative
example of the speech encoder 2 according to the first embodiment, for example. Further, the time envelope calculation
control information generation unit 2j may be the same as that of the speech encoder 202 according to the third embod-
iment, for example.
[0279] The time envelope calculation control information generation unit 2j generates the pseudo locally decoded high
frequency band signals using the time envelope information, the frequency envelope information and the second fre-
quency envelope information, respectively, and compares them with the original signal in the same manner as in the
first alternative example of the speech encoder 2 according to the first embodiment, for example. When the pseudo
locally decoded high frequency band signal generated using the second frequency envelope information is closer to the
original signal, information indicating adjustment of the high frequency band signal using the second frequency envelope
information in the decoder is generated as the time envelope calculation control information.
[0280] The comparison between each of the pseudo locally decoded high frequency band signals with the original
signal may be the same as in the time envelope calculation control information generation unit 2j of the speech encoder
202 according to the third embodiment, and the comparison method is not particularly limited in this embodiment.
[0281] The time envelope calculation control information generation unit 2j may further use at least one of the quantized
time envelope information, the quantized frequency envelope information and the quantized second frequency envelope
information when generating the time envelope calculation control information.
[0282] When the coded supplementary information for high frequency band generation received from the quantiza-
tion/encoding unit 1g and the time envelope calculation control information directs that the high frequency band signal
be adjusted with the second frequency envelope information in the decoder, the coded sequence construction unit 2h
constructs the high frequency band coded sequence using the coded second frequency envelop information and oth-
erwise constructs the same with the coded time envelope information and the coded frequency envelope information
(processing in Step S252).
[0283] Note that the first to fourth alternative examples of the speech encoder 2 according to the first embodiment of
the invention may be applied to the speech encoder 302 according to the fourth embodiment.

[Eighth Alternative Example of Speech Decoder According to First Embodiment]

[0284] In this alternative example, in the time envelope calculation unit 1g of the speech decoder 1 according to the
first embodiment, processing based on a specified function is performed on the calculated time envelope. For example,
the time envelope calculation unit 1g normalizes the time envelope with respect to time and calculates the time envelope
ET’(l, i) by the following equation.

[0285] In this alternative example, after the time envelope ET’(l, i) is calculated, processing of replacing the value ET(l,
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i) with the value ET’(l, i) can be done since then.
[0286] According to this alternative example, only the temporal shape of the high frequency band signal XH(j,i)
(FH(l)≤j<FH(l+1)) within the frequency band FH(l)≤j<FH(l+1) of the frame s can be adjusted without changing the total
amount of energy of the frequency band FH(l)≤j<FH(l+1) in the frame s of the high frequency band signal XH(j, i) generated
by the high frequency band generation unit 1h.
[0287] Note that the eighth alternative example of the speech decoder 1 according to the first embodiment may be
applied also to the first to seventh alternative examples of the speech decoder 1 according to the first embodiment and
the speech decoders according to the second to fourth embodiments, and, in this case, ET(l, i) may be replaced with ET’(l, i).

[Ninth Alternative Example of Speech Decoder According to First Embodiment]

[0288] In this alternative example, when the first to n-th low frequency band time envelope calculation units 1f1 to 1fn
of the speech decoder 1 according to the first embodiment acquire the time envelope L1(k, i) by smoothing the quantity
L0(k, i) in the time direction, L0(k,i) (t(s)-d≤i<t(s)) is stored upon transition from the frame s-1 to the frame s. This alternative
example allows smoothing of the quantity L0(k, i) (to be specific, L0(k,i) (t(s)≤i<t(s)+d)) of the frame s that is close to the
boundary with the frame s-1.
[0289] The ninth alternative example of the speech decoder 1 according to the first embodiment is also applicable to
the first to eighth alternative examples of the speech decoder 1 according to the first embodiment and the speech
decoders according to the second to fourth embodiments.

[Fifth Alternative Example of Speech Encoder According to First Embodiment]

[0290] In this alternative example, the calculation of the time envelope information in the time envelope information
calculation unit 2f of the speech encoder 2 according to the first embodiment is performed based on the correlation
between a reference time envelope H(l,i) and the above-described g(l,i). For example, the time envelope information
calculation unit 2f calculates the time envelope information as follows.
[0291] Specifically, a correlation coefficient corr(l) between H(l,i) and g(l,i) is calculated by the following equation.

[0292] The correlation coefficient corr(l) is compared with a specified threshold, and the time envelope information is
calculated based on the comparison result. Alternatively, a value corresponding to corr2(l) may be calculated and com-
pared with a specified threshold, and the time envelope information may be calculated based on the comparison result.
[0293] For example, the time envelope information is calculated as follows: Assuming that the specified threshold to
be compared with the correlation coefficient is corrth(l) and gdec(l,i) is given by Equation 21, the time envelope information
is calculated by the following equation. 
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[0294] When the time envelope information calculated in the above example is input to the second alternative example
of the decoder 1 according to the first embodiment, in the case of Al,k(s)=0, Al,0(s)=const(0) (i.e. in the case where the
correlation coefficient is smaller than a specified threshold in the encoder) in the sub-band B(T)

1, the time envelope
calculation control unit 1m outputs the low frequency band time envelope calculation control signal to the k-th (k>0) low
frequency band time envelope calculation units 1fk so that the low frequency band time envelope calculation in the low
frequency band time envelope calculation units 1fk is not performed. On the other hand, in the case of Al,k(s)=const(k),
Al,0(s)=0 (i.e. in the case where the correlation coefficient is larger than a specified threshold in the encoder), the time
envelope calculation control unit 1m outputs the low frequency band time envelope calculation control signal to the k-
th (k>0) low frequency band time envelope calculation units 1fk so that the low frequency band time envelope calculation
in the low frequency band time envelope calculation units 1fk is performed.
[0295] Note that, in this alternative example, the calculation method is not limited to the above example as long as
the time envelope information is calculated based on the correlation between the reference time envelope H(l,i) and the
above-described g(l,i).
[0296] In the case of calculating the time envelope information based on an error (or a weighted error) between the
reference time envelope H(l,i) and g(l,i) as described in the speech encoder 2 according to the first embodiment, the
time envelope information is calculated based on the degree of matching between the reference time envelope H(l,i)
and g(l,i). On the other hand, in this alternative example, the time envelope information is calculated based on the degree
of similarity between the shapes of the reference time envelope H(l,i) and g(l,i).
[0297] The fifth alternative example of the speech encoder 2 according to the first embodiment is also applicable to
the first to fifth alternative examples of the speech encoder 2 according to the first embodiment and the speech encoders
according to the second to fourth embodiments.

[First Alternative Example of Speech Decoder According to the Second Embodiment, being an informative example]

[0298] In this alternative example, in the frequency envelope superposition unit 1q of the speech decoder 101 according
to the second embodiment, processing based on a specified function is performed on the frequency envelope EF,dec(k,s).
For example, the frequency envelope superposition unit 1q performs processing based on a function of smoothing the
frequency envelope EF,dec(k,s) given by the following equation. 

where 

and sch(j) and dh are a specified coefficient of smoothing and a specified order of smoothing, respectively. In this case,
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EF,dec,Filt(k,i) is replaced with EF,dec(k,s) in the subsequent processing.
[0299] Further, a function of determining whether or not to smooth the frequency envelope EF,dec(k,s) based on the
signal characteristics of the frame corresponding to the frequency envelope EF,dec(k,s) may be included in the above
Equation 73. Furthermore, information indicating whether or not to perform smoothing may be included in the coded
sequence, and a function of determining whether or not to smooth the frequency envelope EF,dec(k,s) based on the
information may be included.
[0300] Note that the first alternative example of the speech decoder 101 according to the second embodiment is also
applicable to the speech decoder according to the fourth embodiment.

[Second Alternative Example of Speech Decoder According to Second Embodiment, being an informative example]

[0301] In the frequency envelope superposition unit 1q of the speech decoder 101 according to the second embodiment,
the quantity E(m,i) is the value obtained by correcting E2(m,i) with C(s) (Equation 60). Further, according to Equation
61, the energy of the high frequency band signal after adjustment of the time-frequency envelope in the band kx≤m≤kmax
of the frame s is corrected to be the total of the time envelope E0(m,i) in the band kx≤m≤kmax of the frame s. On the
other hand, according to Equation 62, the energy of the high frequency band signal after adjustment of the time-frequency
envelope in the band kx≤m≤kmax of the frame s is corrected to be the total of the frequency envelope E1(m,i) in the band
kx≤m≤kmax of the frame s. In this alternative example, C(s) is given by the following equation so that the energy of the
high frequency band signal after adjustment of the time-frequency envelope in the band kx≤m≤kmax of the frame s is
maintained after the adjustment of the time-frequency envelope. 

[0302] Further, C(s) may be given by the following equation so that the energy of the high frequency band signal after
adjustment of the time-frequency envelope in the band kx≤m≤kmax of the frame s is the total of the time envelope E2(m,i)
in the band kx≤m≤kmax of the frame s. 

[0303] Note that the second alternative example of the speech decoder 101 according to the second embodiment is
also applicable to the first alternative example of the speech decoder 101 according to the second embodiment and the
speech decoder according to the fourth embodiment.

[Third Alternative Example of Speech Decoder According to Second Embodiment being an informative example]

[0304] Fig. 39 is a diagram showing a configuration of a third alternative example of the speech decoder 101 according
to the second embodiment, and Fig. 40 is a flowchart showing a procedure of speech decoding by the speech decoder
101 shown in Fig. 39. This alternative example is different from the speech decoder 101 according to the second
embodiment in that it includes a frequency envelope calculation unit 1w in place of the frequency envelope superposition
unit 1q.
[0305] The frequency envelope calculation unit 1w in this alternative example calculates the frequency envelope
E1(m,s) in the same manner as the frequency envelope superposition unit 1q according to the second embodiment (Step
S119a).
[0306] Then, the time-frequency envelope adjustment unit 1p adjusts the time-frequency envelope as follows, for
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example, using the time envelope ET(l,i) and the frequency envelope E1(m,s) (Step S120).
[0307] Specifically, the time-frequency envelope adjustment unit 1p transforms the time envelope ET(l,i) into E0(m,i)
in the same manner as the frequency envelope superposition unit 1q.
[0308] Further, in the same manner as HF adjustment in SBR of "MPEG4 AAC", the noise floor scale factor Q(m,s)
in the frame s supplied from the coded sequence decoding/ dequantization unit 1e is transformed by the following equation. 

[0309] Further, the level of sinusoid in the frame s is given by the following equation using the quantity S(m,s) calculated
by a parameter that determines whether or not to add a sinusoid and that is supplied from the coded sequence decoding/
dequantization unit 1e. 

[0310] Further, the gain is given by the following equation using the frequency envelope E1(m,s), the noise floor scale
factor Q(m,s) in the frame s supplied from the coded sequence decoding/ dequantization unit 1e, and the function δ(s)
that depends on the parameter of the frame s supplied from the coded sequence decoding/ dequantization unit 1e.
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[0311] The quantity Ecurr(m,s) is defined by the following equation. 

[0312] It may be defined also by the following equation.

[0313] Further, S’(m,s) is the function that represents whether there is a sinusoid to be added in the sub-band B(F)
k

(GH(k)≤m<GH(k+1)) including the frequency represented by the index m in the frame s, and it is "1" when there is a
sinusoid to be added and "0" otherwise.
[0314] Further, the following quantity X’H(m+kx,i) can be calculated using the above-described quantity Ecurr(m,s). 
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[0315] Alternatively, the quantity X’H(m+kx,i) can be calculated also by the following equation.

[0316] The quantity X’H(m+kx,i) can be calculated also from the following equation. 

[0317] In this processing, the high frequency band signal XH(m+kx,i) can be smoothed in the time direction in the
frequency index m or the sub-band B(F)

k. Thus, by performing the subsequent processing, the high frequency band
signal on the basis of the time envelope calculated in the time envelope calculation unit 1g can be output without
depending on the time envelope of the high frequency band signal XH(m+kx,i).
[0318] Note that the gain G2(m,s), the noise floor scale factor Q3(m,s) and the sinusoid level S3(m,s) can be calculated
by performing processing based on a specific function on the above-described gain, the noise floor scale factor and the
sinusoid level. For example, in the same manner as the HF adjustment in SBR of "MPEG4 AAC", processing based on
the function of limitation to the gain for avoiding the unneeded addition of noise (gain limiter) and compensation for the
energy loss by the gain limitation (gain booster) is performed on the above-described gain, the noise floor scale factor
and the sinusoid level to thereby calculate the gain G2(m,s), the noise floor scale factor Q3(m,s) and the sinusoid level
S3(m,s) (see ISO/IEC 1449-3 4.6.18.7.5 for a specific example). In the case of performing the above specified processing,
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G2(m,s), Q3(m,s) and S3(m,s) are used instead of G(m,s), Q2(m,s) and S2(m,s) in the subsequent processing.
[0319] The quantities G3(m,i) and Q4(m,i) given by the following equation are calculated using the gain G(m,s), the
noise floor scale factor Q2(m,s) and the time envelope E0(m,i) obtained as above. In the following equation, the gain
and the noise floor scale factor are calculated based on the time envelope, and, after the subsequent processing, the
signal with the time-frequency envelope adjusted by the time-frequency envelope adjustment unit 1p can be finally output.

[0320] Note that, although the gain and the noise floor scale factor are calculated based on the time envelope in the
above equation, the sinusoid level can be calculated also based on the time envelope in the same manner as the gain
and the noise floor scale factor.
[0321] Further, processing based on a specified function can be performed on the above-described G3(m,i) and Q4(m,i).
For example, processing based on a function of smoothing may be performed. GFilt(m,i) and QFilt(m,i) given by the
following equations are calculated. 

where sch(j) and dh are a specified coefficient of smoothing and a specified order of smoothing, respectively. Further,
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GTemp(m,i) and QTemp(m,i) are given by the following equations. 

[0322] Furthermore, the effect of smoothing can be equally obtained by processing based on the following functions. 

 where wold(m,i) and wcurr(m,i) are specified weighting factors. Further, GTemp(m,i) and QTemp(m,i) are given by the
following equations. 
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[0323] Further, Gold(m) is the gain of a time index (specifically, t(s)-1) in the previous frame (specifically, the frame s-
1) at the boundary with the frame s and given by any of the following equations. 

[0324] In the case where the above-described processing based on a specified function is performed, GFilt(M,s) and
QFilt(m,s) are used instead of G3(m,s) and Q4(m,s) in the subsequence processing.
[0325] The above-described function of smoothing may include a function of determining whether or not to perform
smoothing based on the parameter of the frame s supplied from the coded sequence decoding/ dequantization unit 1e.
Further, information indicating whether or not to perform smoothing may be included in the coded sequence, and the
above-described function of smoothing may include a function of determining whether or not to perform smoothing based
on the information. Furthermore, it may include a function of determining whether or not to perform smoothing based
on at least one of the above.
[0326] Finally, the time-frequency envelope adjustment unit 1p obtains the signal with the adjusted time-frequency
envelope by the following equations. 
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where V0 and V1 are arrays that specify a noise component, f is a function that maps the index i onto the index on the
arrays, ϕRe,sin and ϕIm,sin are arrays that specify the phase of a sinusoid component, and fsin is a function that maps the
index i onto the index on the arrays (see "ISO/IEC 14496-3 4.6.18" for a specific example).
[0327] Alternatively, in the above-described Equation 97, X’H(m+kx,i) may be used in place of XH(m+kx,i).
[0328] Note that, when the gain booster of HF adjustment in SBR of "MPEG4 AAC" described above is applied to the
frequency envelope superposition unit 1q of the speech decoder 101 according to the second embodiment, the energy
loss due to gain limitation is compensated in units of the frame s for each sub-band B(F)

k (GH(k)≤j<GH(k+1)). On the
other hand, according to the following equation, the energy loss due to gain limitation is compensated in units of the
time index i for the high frequency band signal XH(j,i) for each sub-band B(F)

k (GH(k)≤j<GH(k+1)). 

[0329] In the above-described equation, the gain limiter of HF adjustment in SBR of "MPEG4 AAC" described above
may be applied to the gain G(m,s) and the noise scale factor Q2(m,s).
[0330] Using the gain G2(m,i) and the noise scale factor Q3(m,i), GTemp(m,i) and QTemp(m,i) are given by the following
equation instead of the above-described Equations 89 and 90. 
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[0331] Further, when Equation 99 is replaced with the following equation, the energy loss due to gain limitation is
compensated in units of the time index i for the high frequency band signal XH(j,i) for each sub-band B(T)

k
(FH(k)≤j<FH(k+1)).

[0332] Furthermore, when Equation 99 is replaced with the following equation, the energy loss due to gain limitation
is compensated in units of the time index i for the high frequency band signal XH(j,i) for each frequency index m. 
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[0333] Alternatively, when calculating the above quantity GBoostTemp(m.i), X’H(m+kx,i) may be used instead of
XH(m+kx,i).
[0334] In the time-frequency envelope adjustment unit 1p of the speech decoder 101 according to the second embod-
iment, adjustment of the time-frequency envelope is performed by the similar way to the HF adjustment in SBR of
"MPEG4 AAC" using the quantity E(m,i) received from the frequency envelope superposition unit 1q, in the same manner
as performed by the time envelope adjustment unit 1i of the speech decoder 1 according to the first embodiment.
Therefore, in the same manner as performed by the HF adjustment in SBR of "MPEG4 AAC", when a gain limiter
operation for avoiding addition of unneeded noise is performed on a gain, a noise floor scale factor and a sinusoid level,
and a gain booster operation is performed to compensate energy loss caused by the gain booster operation, these
operations are performed on the time index i(t(s)≤i<t(s+1)). On the other hand, according to this alternative example,
when a gain limiter operation for avoiding addition of unneeded noise is performed on a gain, a noise floor scale factor
and a sinusoid level, and a gain booster operation is performed to compensate energy loss caused by the gain booster
operation, at least one of these operations may be performed on the frame s. Thus, this alternative example allows
reduction of the amount of operation for the above processing compared with the speech decoder 101 according to the
second embodiment.
[0335] Note that the third alternative example of the speech decoder 101 according to the second embodiment is
applicable also to the first and second alternative examples of the speech decoder 101 according to the second embod-
iment and the speech decoder according to the fourth embodiment.

[Another Embodiment of Third Alternative Example of Speech Decoder 101 According to the Second Embodiment being 
an informative example]

[0336] In the case where the first, second and third alternative examples of the speech decoder 1 used in the first
embodiment and the fifth alternative example of the speech decoder 1 used in the first embodiment which implements
at least one of the above alternative examples are applied to the above-described alternative example, there is a case
where the time envelope calculation unit 1g does not calculate the time envelope ET(l,i). In this case, the operation
processing that requires E0(m,i) is performed by replacing E0(m,i) with 1. In this way, the processing of multiplying
E0(m,i), the power of E0(m,i) and the square root of E0(m,i) can be omitted, thereby reducing the amount of computation.
Note that, in the processing using the above method, the time-frequency envelope adjustment unit 1p does not need to
calculate E0(m,i).

[Sixth Alternative Example of Speech Encoder 2 According to First Embodiment]

[0337] The time envelope information calculation unit 2f calculates the time envelope information based on the char-
acteristics of at least one signal of the signal X(j,i) in the frequency domain obtained from the band splitting filter bank
unit 2c, an external input signal received through the communication device of the speech encoder 2, and the down-
sampled low frequency band signal in the time domain obtained as an output from the down-sampling unit 2a. The signal
characteristics may be transient characteristics, tonality, noise characteristics and the like of the signal, for example,
through the signal characteristics are not limited to those specific examples in this alternative example.
[0338] Note that this alternative example is also applicable to the first to fifth alternative examples of the speech
encoder 2 according to the first embodiment and the speech encoders according to the second to fourth embodiments.
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[Seventh Alternative Example of Speech Encoder 2 According to First Embodiment]

[0339] The time envelope calculation control information generation unit 2j generates the time envelope calculation
control information related to the low frequency band time envelope calculation method in the speech decoder 1 according
to the signal characteristics of at least one signal of the signal X(j,i) in the frequency domain obtained from the band
splitting filter bank unit 2c, an external input signal received through the communication device of the speech encoder
2, and the down-sampled low frequency band signal in the time domain obtained as an output from the down-sampling
unit 2a. The signal characteristics may be transient characteristics, tonality, noise characteristics and the like of the
signal, for example, through the signal characteristics are not limited to those specific examples in this alternative example.
[0340] Note that this alternative example is also applicable to the first to sixth alternative examples of the speech
encoder 2 according to the first embodiment and the speech encoders according to the second to fourth embodiments.

[Quantization/Encoding Unit of Speech Encoder According to First to Fourth Embodiments]

[0341] In the quantization/encoding unit 2g of the speech encoder according to the first to fourth embodiments, the
noise floor scale factor, and the parameter that determines whether or not to add a sinusoid may be quantized and
encoded as a matter of course.

Industrial Applicability

[0342] The present invention is used for a speech decoder, a speech encoder, a speech decoding method, a speech
encoding method, a speech decoding program, and a speech encoding program, and it is possible to adjust the time
envelope of a decoded signal into a less distorted shape and thereby obtain a reproduced signal in which pre-echo and
post-echo are sufficiently reduced.

Reference Signs List

[0343] 1f1~1fn...low frequency band time envelope calculation unit, 2e1~2en...low frequency band time envelope cal-
culation unit, 1,102,201,301...speech decoder, 1a...demultiplexing unit, 1b...low frequency band decoding unit, 1c...band
splitting filter bank unit, 1d...coded sequence analysis unit, 1e...dequantization unit, 1g...time envelope calculation unit,
1h...high frequency band generation unit, 1i...time envelope adjustment unit, 1j...band synthesis filter bank unit,
1k,1m,1n,1o...time envelope calculation control unit, 1p,1v...time-frequency envelope adjustment unit, 1q...frequency
envelope superposition unit, 1r...coded sequence decoding/ dequantization unit, 1s...time envelope calculation control
unit, 1t...envelope adjustment unit, 1u...frequency envelope superposition unit, 1w...frequency envelope calculation unit,
2,102,202,302...speech encoder, 2a... down-sampling unit, 2b...low frequency band encoding unit, 2c...band splitting
filter bank unit, 2d... supplementary information for high frequency band generation calculation unit, 2e1~2ek...low fre-
quency band time envelope calculation unit, 2f...time envelope information calculation unit, 2g... quantization/encoding
unit, 2h...high frequency band coded sequence construction unit, 2i...multiplexing unit, 2j...time envelope calculation
control information generation unit, 2k...low frequency band decoding unit, 2m...band synthesis filter bank unit, 2n,2o,2p ...
frequency envelope information calculation unit

Claims

1. A speech decoder (1) that decodes a coded sequence of encoded speech signal, comprising:

demultiplexing means (1a) for demultiplexing the coded sequence into a low frequency band coded sequence
and a high frequency band coded sequence;
low frequency band decoding means (1b) for decoding the low frequency band coded sequence demultiplexed
by the demultiplexing means (1a) and obtaining a low frequency band signal (X(j,i));
frequency transformation means (1c) for transforming the low frequency band signal (X(j,i)), which is obtained
by the low frequency band decoding means (1b), into a frequency domain;
high frequency band coded sequence analysis means (1d) for analyzing the high frequency band coded se-
quence demultiplexed by the demultiplexing means (1a) and acquiring supplementary information for high
frequency band generation and time envelope information;
coded sequence decoding means (1e, 1r) for decoding the supplementary information for high frequency band
generation and the time envelope information acquired by the high frequency band coded sequence analysis
means (1d);
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high frequency band generation means (1h) for generating, using the supplementary information for high fre-
quency band generation decoded by the coded sequence decoding means (1e, 1r), a high frequency band
signal of the speech signal from the low frequency band signal (X(j,i));
first to Nth, N is an integer equal to or larger than two, low frequency band time envelope calculation means
(1f1, ..., 1fn) for analyzing the low frequency band signal (X(j,i)) transformed into the frequency domain by the
frequency transformation means (1c) and acquiring a plurality of low frequency band time envelopes L0(k,i),
using the following Equations 2 and 3, sub-band components Xdec(j,i) of the low frequency band signal (X(j,i)),
an integer k, index j in the frequency direction, index i in the time direction, the number sE of all frames, and
two arrays B1, Bh with the size n which are defined so that the signal Xdec(j,i), B1(k)≤j≤ Bh(k), t(s)≤i<t(s+1),
0≤s<sE, corresponds to the k-th sub-band component, 1≤k≤n; wherein t(s) is defined so that the range
t(s)≤i<t(s+1) of the signal Xdec(j,i) with respect to the index i corresponds to the s-th frame, 0≤s<sE; 

time envelope calculation means (1g) for calculating a high frequency band time envelope using the time
envelope information, which is acquired by the coded sequence decoding means (1e, 1r), and the plurality of
low frequency band time envelopes, which are acquired by the low frequency band time envelope calculation
means (1f1, ...,1fn);
time envelope adjustment means (1i) for adjusting, using the time envelope acquired by the time envelope
calculation means (1g), a time envelope of the high frequency band signal generated by the high frequency
band generation means (1h); and
inverse frequency transformation means (1j) for adding the high frequency band signal (Y(i,j)), which is adjusted
by the time envelope adjustment means (1i), and the low frequency band signal (X(j,i)), which is decoded by
the low frequency band decoding means (1b), and outputting a time domain signal containing entire frequency
band components,
wherein calculation of the high frequency band time envelope by the time envelope calculation means (1g)
includes a smoothing process in time direction applied to the plurality of low frequency band time envelopes,
by calculating the following equation 4 using coefficients sc(j) of smoothing and an order d, d≥1, of smoothing 
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2. The speech decoder (1) according to Claim 1,

wherein the high frequency band coded sequence analysis means (1d) is configured to further acquiring coded
supplementary information for high frequency band generation, and frequency envelope information;
wherein the coded sequence decoding means (1e, 1r) is configured to decode the supplementary information
for high frequency band generation, the frequency envelope information, and the time envelope information
acquired by the high frequency band coded sequence analysis means (1d);
wherein the speech decoder (1) further comprises frequency envelope calculation means (1w) for calculating
a frequency envelope using the frequency envelope information acquired by the coded sequence decoding
means (1e, 1r);
wherein the time envelope adjustment means (1i) comprises time-frequency envelope adjustment means (1p,
1v) for adjusting, using the time envelope acquired by the time envelope calculation means (1g) and the frequency
envelope acquired by the frequency envelope calculation means (1w), the time envelope and a frequency
envelope of the high frequency band components generated by the high frequency band generation means (1h).

3. The speech decoder (1) according to any one of Claims 1 to 2, further comprising:
time envelope calculation control means (1k, 1m, In, 1o) for controlling, using the low frequency band signal (X(j,i))
transformed into the frequency domain by the frequency transformation means (1c), at least one of (i) calculation
of the low frequency band time envelopes in the first to Nth low frequency band time envelope calculation means
(1f1, ..., 1fn) and (ii) calculation of the high frequency band time envelope in the time envelope calculation means (1g).

4. The speech decoder (1) according to any one of Claims 1 to 2, further comprising:
time envelope calculation control means (1k, 1m, In, ..., 1o) for controlling, using the time envelope information
acquired by the coded sequence decoding means (1e, 1r), at least one of (i) calculation of the low frequency band
time envelopes in the first to Nth low frequency band time envelope calculation means (1f1, ..., 1fn) and (ii) calculation
of the high frequency band time envelope in the time envelope calculation means (1g).

5. The speech decoder (1) according to any one of Claims 1 to 2, wherein

the high frequency band coded sequence analysis means (1d) further acquires time envelope calculation control
information, and
the speech decoder (1) further comprises time envelope calculation control means (1k, 1m, 1n, 1o) for controlling,
using the time envelope calculation control information acquired by the high frequency band coded sequence
analysis means (1d), at least one of (i) calculation of the low frequency band time envelopes in the first to Nth
low frequency band time envelope calculation means (1f1, ..., 1fn) and (ii) calculation of the high frequency band
time envelope in the time envelope calculation means (1g).

6. The speech decoder (1) according to any one of Claims 1 to 2, wherein

the high frequency band coded sequence analysis means (1d) further acquires time envelope calculation control
information,
the coded sequence decoding means (1e, 1r) further acquires second frequency envelope information, and
the speech decoder (1) further comprises time envelope calculation control means (1k, 1m, 1n, 1o) for deter-
mining, based on the time envelope calculation control information, whether to adjust the frequency envelope
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of the high frequency band components based on the second frequency envelope information and, when it is
determined to adjust the frequency envelope, controlling not to perform calculation of the low frequency band
time envelopes in the first to Nth low frequency band time envelope calculation means (1f1, ..., 1fn) or calculation
of the high frequency band time envelope in the time envelope calculation means (1g).

7. A speech encoder (2) that encodes a speech signal, comprising:

frequency transformation means (2c) for transforming the speech signal into a frequency domain;
down-sampling means (2a) for down-sampling the speech signal and acquiring a low frequency band signal
(X(j,i));
low frequency band encoding means (2b) for encoding the low frequency band signal (X(j,i)) acquired by the
down-sampling means (2a);
first to Nth, N is an integer equal to or larger than two. low frequency band time envelope calculation means
(2e1, ..., 2en) for calculating a plurality of time envelopes of low frequency band components L0(k,i) of the
speech signal transformed into the frequency domain by the frequency transformation means (2c), using the
following Equations 2 and 3, sub-band components Xdec(j,i) of the low frequency band signal (X(j,i)), an integer
k, index j in the frequency direction, index i in the time direction, the number sE of all frames, and two arrays
B1, Bh with the size n which are defined so that the signal Xdec(j,i), B1(k)≤j≤ Bh(k), t(s)≤i<t(s+1), 0≤s<sE, corre-
sponds to the k-th sub-band component, 1≤k≤n; wherein t(s) is defined so that the range t(s)≤i<t(s+1) of the
signal Xdec(j,i) with respect to the index i corresponds to the s-th frame, 0≤s<sE; 

time envelope information calculation means (2f) for calculating, using the time envelopes of the low frequency
band components calculated by the first to Nth low frequency band time envelope calculation means (2e1, ...,
2en), time envelope information necessary to acquire a time envelope of high frequency band components of
the speech signal transformed by the frequency transformation means (2c);
supplementary information calculation means (2d) for analyzing the speech signal and calculating supplementary
information for high frequency band generation to be used for generating high frequency band components
from the low frequency band signal (X(j,i));
encoding means (2g) for encoding the supplementary information for high frequency band generation, which
is generated by the supplementary information calculation means (2d), and the time envelope information, which
is calculated by the time envelope information calculation means (2f);
coded sequence construction means (2h) for constructing a high frequency band coded sequence from the
supplementary information for high frequency band generation and the time envelope information encoded by
the encoding means (2g); and
multiplexing means (2i) for generating a coded sequence in which the low frequency band coded sequence,
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which is acquired by the low frequency band encoding means (2b), and the high frequency band coded sequence,
which is constructed by the coded sequence construction means (2h), are multiplexed,
wherein calculation of the time envelope information by the time envelope calculation means (2f) includes a
smoothing process in time direction applied to the plurality of low frequency band time envelopes by calculating
the following equation 4 using coefficients sc(j) of smoothing and an order d, d≥1, of smoothing 

8. The speech encoder (2) according to Claim 7, further comprising:

frequency envelope information calculation means (2n, 2o, 2p) for calculating frequency envelope information
of the high frequency band components of the speech signal transformed into the frequency domain by the
frequency transformation means (2c), wherein
the encoding means (2g) further encodes the frequency envelope information, and
the coded sequence construction means (2h) constructs the high frequency band coded sequence by further
adding the frequency envelope information encoded by the encoding means (2g).

9. The speech encoder (2) according to Claim 7 or 8, further comprising:

control information generation means (2j) for generating time envelope calculation control information that
controls time envelope calculation in a speech decoder using at least one of (i) the speech signal transformed
into the frequency domain by the frequency transformation means (2c) and (ii) the time envelope information
calculated by the time envelope information calculation means (2f), wherein
the coded sequence construction means (2h) constructs the high frequency band coded sequence by further
adding the time envelope calculation control information generated by the control information generation means
(2j).

10. The speech encoder (2) according to any one of Claims 7 to 9, wherein
the time envelope information calculation means (2f) calculates a time envelope of high frequency band components
of the speech signal transformed into the frequency domain by the frequency transformation means (2c), and
calculates the time envelope information based on correlation between a time envelope calculated from the first to
Nth time envelopes of low frequency band components and the time envelope of the frequency components.

11. A speech decoding method of decoding a coded sequence generated by encoding a speech signal, comprising:
a demultiplexing step, performed by demultiplexing means (1a), of demultiplexing the coded sequence into a low
frequency band coded sequence and a high frequency band coded sequence;

a low frequency band decoding step, performed by low frequency band decoding means (1b), of decoding the
low frequency band coded sequence demultiplexed by the demultiplexing means (1a) and obtaining a low
frequency band signal (X(j,i));
a frequency transformation step, performed by frequency transformation means (1c), of transforming the low
frequency band signal (X(j,i)) obtained by the low frequency band decoding means (1b) into a frequency domain;
a high frequency band coded sequence analysis step, performed by high frequency band coded sequence
analysis means (1d), of analyzing the high frequency band coded sequence demultiplexed by the demultiplexing
means (1a) and acquiring coded supplementary information for high frequency band generation and time en-
velope information;
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a coded sequence decoding step, performed by coded sequence decoding means (1e, 1r), of decoding the
supplementary information for high frequency band generation and the time envelope information acquired by
the high frequency band coded sequence analysis means (1d);
a high frequency band generation step, performed by high frequency band generation means (1h), of generating,
using the supplementary information for high frequency band generation decoded by the coded sequence
decoding means (1e, ..., 1r), a high frequency band signal of the speech signal from the low frequency band
signal (X(j,i));
a first to Nth, N is an integer equal to or larger than two, low frequency band time envelope calculation step,
performed by first to Nth low frequency band time envelope calculation means (1f1,.., 1fn), of analyzing the low
frequency band signal (X(j,i)) transformed into the frequency domain by the frequency transformation means
(1c) and acquiring a plurality of low frequency band time envelopes L0(k,i), using the following Equations 2 and
3, sub-band components Xdec(j,i) of the low frequency band signal (X(j,i)), an integer k, index j in the frequency
direction, index i in the time direction, the number sE of all frames, and two arrays B1, Bh with the size n which
are defined so that the signal Xdec(j,i), B1(k)≤j≤ Bh(k), t(s)≤i<t(s+1), 0≤s<sE, corresponds to the k-th sub-band
component, 1≤k≤n; wherein t(s) is defined so that the range t(s)≤i<t(s+1) of the signal Xdec(j,i) with respect to
the index i corresponds to the s-th frame, 0≤s<sE; 

a time envelope calculation step, performed by time envelope calculation means (1g), of calculating a high
frequency band time envelope using the time envelope information, which is acquired by the coded sequence
decoding means (1e, 1r), and the plurality of low frequency band time envelopes, which are acquired by the
low frequency band time envelope calculation means (1f1, ..., 1fn);
a time envelope adjustment step, performed by the time envelope adjustment means (1i), of adjusting a time
envelope of the high frequency band signal generated by the high frequency band generation means (1h) using
the time envelope acquired by the time envelope calculation means (1g); and
an inverse frequency transformation step, performed by inverse frequency transformation means (1j), of adding
the high frequency band signal, which is adjusted by the time envelope adjustment means (1i), and the low
frequency band signal (X(j, i)), which is decoded by the low frequency band decoding means (1b), and outputting
a time domain signal containing the entire frequency band components,
wherein calculation of the high frequency band time envelope by the time envelope calculation means (1g)
includes a smoothing process in time direction applied to the plurality of low frequency band time envelopes by
calculating the following equation 4 using coefficients sc(j) of smoothing and an order d, d≥1, of smoothing 



EP 3 407 352 B9

65

5

10

15

20

25

30

35

40

45

50

55

12. The speech decoding method according to Claim 11, wherein the high frequency band coded sequence analysis
step further comprises acquiring coded supplementary information for high frequency band generation and frequency
envelope information;

wherein the coded sequence decoding step comprises decoding the supplementary information for high fre-
quency band generation, the frequency envelope information, and the time envelope information acquired by
the high frequency band coded sequence analysis means (1d);
wherein the method further comprises a frequency envelope calculation step, performed by frequency envelope
calculation means (1w), of calculating a frequency envelope using the frequency envelope information acquired
by the coded sequence decoding means (1e, 1r);
wherein the time envelope adjustment step comprises a time-frequency envelope adjustment step, performed
by time-frequency envelope adjustment means (1p, 1v) of the time envelope adjustment means (1i), of adjusting,
using the time envelope acquired by the time envelope calculation means (1g) and the frequency envelope
acquired by the frequency envelope calculation means (1w), a time envelope and frequency envelope of the
high frequency band components generated by the high frequency band generation means (1h).

13. A speech encoding method of encoding a speech signal, comprising:

a frequency transformation step, performed by frequency transformation means (2c), of transforming the speech
signal into a frequency domain;
a down-sampling step, performed by down-sampling means (2a), of down-sampling the speech signal and
acquiring a low frequency band signal;
a low frequency band encoding step, performed by low frequency band encoding means (2b), of encoding the
low frequency band signal (X(j,i)) acquired by the down-sampling means (2a);
a first to Nth, N is an integer equal to or larger than two, low frequency band time envelope calculation step,
performed by first to Nth low frequency band time envelope calculation means (2e1 ,..., 2en), of calculating a
plurality of time envelopes of low frequency band components L0(k,i) of the speech signal transformed into the
frequency domain by the frequency transformation means (2c), using the following Equations 2 and 3, sub-
band components Xdec(j,i) of the low frequency band signal (X(j,i)), an integer k, index j in the frequency direction,
index i in the time direction, the number sE of all frames, and two arrays B1, Bh with the size n which are defined
so that the signal Xdec(j,i), B1(k)≤j≤ Bh(k), t(s)≤i<t(s+1), 0≤s<sE, corresponds to the k-th sub-band component,
1≤k≤n; wherein t(s) is defined so that the range t(s)≤i<t(s+1) of the signal Xdec(j,i) with respect to the index i
corresponds to the s-th frame, 0≤s<sE;
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a time envelope information calculation step, performed by time envelope information calculation means (2f),
of calculating, using the time envelopes of the low frequency band components calculated by the first to Nth
low frequency band time envelope calculation means (2e1, ..., 2en), time envelope information necessary to
acquire a time envelope of high frequency band components of the speech signal transformed by the frequency
transformation means (2c);
a supplementary information calculation step, performed by supplementary information calculation means (2d),
of analyzing the speech signal and calculating supplementary information for high frequency band generation
to be used for generating high frequency band components from the low frequency band signal (X(j,i));
an encoding step, performed by encoding means (2g), of encoding the supplementary information for high
frequency bands generation, which is generated by the supplementary information calculation means (2d), and
the time envelope information, which is calculated by the time envelope information calculation means (2f);
a coded sequence construction step, performed by coded sequence construction means (2h), of constructing
a high frequency band coded sequence from the supplementary information for high frequency band generation
and the time envelope information encoded by the encoding means (2g); and
a multiplexing step, performed by multiplexing means (2i), of generating a coded sequence in which the low
frequency band coded sequence, which is acquired by the low frequency band encoding means (2b), and the
high frequency band coded sequence, which is constructed by the coded sequence construction means (2h),
are multiplexed,
wherein calculation of the time envelope information by the time envelope calculation means (2f) includes a
smoothing process in time direction applied to the plurality of low frequency band time envelopes by calculating
the following equation 4 using coefficients sc(j) of smoothing and an order d, d≥1, of smoothing 
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14. A speech decoding program comprising instructions that when executed by a computer, cause the computer to
carry out the steps of the method of any of the claims 11 to 12.

15. A speech encoding program comprising instructions that when executed by a computer, cause the computer to
carry out the steps of the method of claim 13.

Patentansprüche

1. Sprachdecoder (1), der eine codierte Sequenz eines codierten Sprachsignals decodiert, umfassend:

Demultiplexiermittel (1a) zum Demultiplexen der codierten Sequenz in eine Niederfrequenzband-Codesequenz
und eine Hochfrequenzband-Codesequenz;
Niederfrequenzband-Decodiermittel (1b) zum Decodieren der durch die Demultiplexiermittel (1a) gedemultip-
lexten Niederfrequenzband-Codesequenz und zum Erhalten eines Niederfrequenzbandsignals (X(j,i));
Frequenztransformationsmittel (1c) zum Transformieren des durch das Niederfrequenzband-Decodiermittel
(1b) erhaltenen Niederfrequenzbandsignals (X(j,i)) in einen Frequenzbereich;
Hochfrequenzband-Codesequenz-Analysemittel (1d) zum Analysieren der durch das Demultiplexiermittel (1a)
gedemultiplexten Hochfrequenzband-Codesequenz und zum Gewinnen von Zusatzinformation zur Hochfre-
quenzbanderzeugung und von einer Zeithüllkurveninformation;
Codesequenz-Decodiermittel (1e, 1r) zum Decodieren der Zusatzinformation zur Hochfrequenzbanderzeugung
und der Zeithüllkurveninformation, die von den Hochfrequenzband-Codesequenz-Analysemittel (1d) gewonnen
werden;
Hochfrequenzband-Erzeugungsmittel (1h) zum Erzeugen eines Hochfrequenzbandsignals des Sprachsignals
aus dem Niederfrequenzbandsignal (X(j,i)) unter Verwendung der von dem Codesequenz-Decodiermittel (1e,
1r) decodierten Zusatzinformation zur Hochfrequenzbanderzeugung;
erste bis N-te, wobei N eine ganze Zahl gleich oder größer als zwei ist, Niederfrequenzband-Zeithüllkurven-
Berechnungsmittel (1f1, ... , 1fn) zum Analysieren des Niederfrequenzbandsignals (X(j,i)), das durch das Fre-
quenztransformationsmittel (1c) in den Frequenzbereich transformiert wurde, und zum Gewinnen einer Mehrzahl
von Niederfrequenzband-Zeithüllkurven Lo(k,i) unter Verwendung der folgenden Gleichungen 2 und 3, von
Subbandkomponenten Xdec(j,i) des Niederfrequenzbandsignals (X(j,i)), einer ganzen Zahl k, einem Index j in
der Frequenzrichtung, einem Index i in der Zeitrichtung, der Anzahl sE aller Rahmen, und von zwei Arrays B1,
Bh mit der Größe n, die so definiert sind, dass das Signal Xdec(j,i), Bl(k)≤j≤ Bh(k), t (s) ≤i<t (s+1), 0≤s<sE, der
k-ten Subbandkomponente entspricht, 1≤k≤n; wobei t(s) so definiert ist, dass der Bereich t(s)≤i<t(s+1) des
Signals Xdec(j,i) in Bezug auf den Index i dem s-ten Rahmen entspricht, 0≤s<sE; 
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Zeithüllkurven-Berechnungsmittel (1g) zum Berechnen einer Hochfrequenzband-Zeithüllkurve unter Verwen-
dung der Zeithüllkurveninformation, die durch das Codesequenz-Decodiermittel (1e, 1r) gewonnen wird, und
der Mehrzahl von Niederfrequenzband-Zeithüllkurven, die von den Niederfrequenzband-Zeithüllkurven-Berech-
nungsmitteln (1f1, ..., 1fn) gewonnen werden;
Zeithüllkurven-Einstellmittel (1i) zum Einstellen einer Zeithüllkurve des Hochfrequenzbandsignals, das von dem
Hochfrequenzband-Erzeugungsmittel (1h) erzeugt wird, unter Verwendung der von dem Zeithüllkurven-Berech-
nungsmittel (1g) gewonnenen Zeithüllkurve; und
Invers-Frequenztransformationsmittel (1j) zum Addieren des Hochfrequenzbandsignals (Y(i,j)), das durch das
Zeithüllkurven-Einstellmittel (1i) eingestellt wird, und des Niederfrequenzbandsignals (X(j,i)), das durch das
Niederfrequenzband-Decodiermittel (1b) decodiert wird, und zum Ausgeben eines Zeitbereichssignals, das
ganze Frequenzbandkomponenten enthält,
wobei die Berechnung der Hochfrequenzband-Zeithüllkurve durch das Zeithüllkurven-Berechnungsmittel (1g)
einen Glättungsprozess in Zeitrichtung einschließt, der auf die Mehrzahl von Niederfrequenzband-Zeithüllkurven
angewendet wird, indem die folgende Gleichung 4 unter Verwendung von Glättungskoeffizienten sc(j) und einer
Ordnung d, d≥1, der Glättung berechnet wird 

2. Sprachdecoder (1) nach Anspruch 1,

wobei das Hochfrequenzband-Codesequenz-Analysemittel (1d) konfiguriert ist, um ferner eine codierte Zusatz-
information für die Hochfrequenzbanderzeugung und eine Frequenzhüllkurveninformation zu gewinnen;
wobei das Codesequenz-Decodiermittel (1e, 1r) konfiguriert ist, um die von den Hochfrequenzband-Codese-
quenz-Analysemittel (1d) gewonnene Zusatzinformation für die Hochfrequenzbanderzeugung, die Frequenz-
hüllkurveninformation und die Zeithüllkurveninformation zu decodieren;
wobei der Sprachdecoder (1) ferner ein Frequenzhüllkurven-Berechnungsmittel (1w) zum Berechnen einer
Frequenzhüllkurve unter Verwendung der von dem Codesequenz-Decodiermittel (1e, 1r) gewonnenen Fre-
quenzhüllkurveninformation umfasst;
wobei das Zeithüllkurven-Einstellmittel (1i) Zeit-Frequenzhüllkurven-Einstellmittel (1p, 1v) aufweist, zum Ein-
stellen der Zeithüllkurve und einer Frequenzhüllkurve der Hochfrequenzbandkomponenten, die von dem Hoch-
frequenzband-Erzeugungsmittel (1h) erzeugt werden unter Verwendung der Zeithüllkurve, die von dem Zeit-
hüllkurven-Berechnungsmittel (1g) gewonnen wird, und der Frequenzhüllkurve, die von dem Frequenzhüllkur-
ven-Berechnungsmittel (1w) gewonnen wird.

3. Sprachdecoder (1) nach einem der Ansprüche 1 bis 2, ferner umfassend:
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Zeithüllkurven-Berechnungssteuermittel (1k, 1m, 1n, 1o) zum Steuern, unter Verwendung des Niederfrequenzband-
signals (X(j,i)), das durch das Frequenztransformationsmittel (1c) in den Frequenzbereich transformiert wird, (i) der
Berechnung der Niederfrequenzband-Zeithüllkurven in den ersten bis N-ten Niederfrequenzband-Zeithüllkurven-
Berechnungsmitteln (1f1, ..., 1fn) und/oder (ii) der Berechnung der Hochfrequenzband-Zeithüllkurve in dem Zeit-
hüllkurven-Berechnungsmittel (1g).

4. Sprachdecoder (1) nach einem der Ansprüche 1 bis 2, ferner umfassend
Zeithüllkurven-Berechnungssteuermittel (1k, 1m, 1n, ..., 1o) zum Steuern, unter Verwendung der Zeithüllkurvenin-
formation, die von dem Codesequenz-Decodiermittel (1e, 1r) gewonnen wird, (i) der Berechnung der Niederfre-
quenzband-Zeithüllkurven in den ersten bis N-ten Niederfrequenzband-Zeithüllkurven-Berechnungsmitteln (1f1, ...,
1fn) und/oder (ii) der Berechnung der Hochfrequenzband-Zeithüllkurve in dem Zeithüllkurven-Berechnungsmittel
(1g).

5. Sprachdecoder (1) nach einem der Ansprüche 1 bis 2, wobei

das Hochfrequenzband-Codesequenz-Analysemittel (1d) ferner eine Zeithüllkurven-Berechnungssteuerinfor-
mation gewinnt, und
der Sprachdecoder (1) ferner ein Zeithüllkurven-Berechnungssteuermittel (1k, 1m, 1n, 1o) umfasst, um unter
Verwendung der Zeithüllkurven-Berechnungssteuerinformation, die von dem Hochfrequenzband-Codese-
quenz-Analysemittel (1d) gewonnen wird, (i) die Berechnung der Niederfrequenzband-Zeithüllkurven in den
ersten bis N-ten Niederfrequenzband-Zeithüllkurven-Berechnungsmitteln (1f1, ..., 1fn) und/oder (ii) die Berech-
nung der Hochfrequenzband-Zeithüllkurve in dem Zeithüllkurven-Berechnungsmittel (1g) zu steuern.

6. Sprachdecoder (1) nach einem der Ansprüche 1 bis 2, wobei

das Hochfrequenzband-Codesequenz-Analysemittel (1d) ferner eine Zeithüllkurven-Berechnungssteuerinfor-
mation gewinnt,
das Codesequenz-Decodiermittel (1e, 1r) weiterhin eine zweite Frequenzhüllkurveninformation gewinnt, und
der Sprachdecoder (1) ferner ein Zeithüllkurven-Berechnungssteuermittel (1k, 1m, 1n, 1o) umfasst, um auf der
Grundlage der Zeithüllkurven-Berechnungssteuerinformation zu bestimmen, ob die Frequenzhüllkurve der
Hochfrequenzbandkomponenten auf der Grundlage der zweiten Frequenzhüllkurveninformation eingestellt wer-
den soll, und um, wenn bestimmt wird, dass die Frequenzhüllkurve eingestellt werden soll, zu steuern, um die
Berechnung der Niederfrequenzband-Zeithüllkurven in der ersten bis N-ten Niederfrequenzband-Zeithüllkurven-
Berechnungsmittel (1f1, ... , 1fn) oder die Berechnung der Hochfrequenzband-Zeithüllkurve in dem Zeithüllkur-
ven-Berechnungsmittel (1g) nicht durchzuführen.

7. Sprachcoder (2), der ein Sprachsignal codiert, umfassend:

Frequenztransformationsmittel (2c) zum Transformieren des Sprachsignals in einen Frequenzbereich;
Abwärtsabtastmittel (2a) zum Abwärtsabtasten des Sprachsignals und zum Gewinnen eines Niederfrequenz-
bandsignals (X(j,i));
Niederfrequenzband-Codiermittel (2b) zum Codieren des Niederfrequenzbandsignals (X(j,i)), das von dem Ab-
wärtsabtastmittel (2a) gewonnen wird;
erste bis N-te, wobei N eine ganze Zahl gleich oder größer als zwei ist, Niederfrequenzband-Zeithüllkurven-
Berechnungsmittel (2e1, ... , 2en) zum Berechnen einer Mehrzahl von Zeithüllkurven von Niederfrequenzband-
komponenten Lo(k,i) des durch die Frequenztransformationsmittel (2c) in den Frequenzbereich transformierten
Sprachsignals unter Verwendung der folgenden Gleichungen 2 und 3, von Subbandkomponenten Xdec(j,i) des
Niederfrequenzbandsignals (X(j, i)), einer ganzen Zahl k, dem Index j in der Frequenzrichtung, dem Index i in
der Zeitrichtung, der Anzahl sE aller Rahmen und zwei Arrays B1, Bh mit der Größe n, die so definiert sind, dass
das Signal Xdec(j,i), Bl(k)≤j≤ Bh(k), t(s)≤i<t(s+1), 0≤s<sE, der k-ten Subbandkomponente entspricht, 1≤k≤n;
wobei t(s) so definiert ist, dass der Bereich t (s) ≤i<t (s+1) des Signals Xdec(j,i) in Bezug auf den Index i dem s-
ten Rahmen entspricht, 0≤s<sE;
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Zeithüllkurveninformations-Berechnungsmittel (2f) zum Berechnen, unter Verwendung der Zeithüllkurven der
Niederfrequenzbandkomponenten, die durch die erste bis N-te Niederfrequenzband-Zeithüllkurven-Berech-
nungsmittel (2e1, ..., 2en) berechnet werden, von einer Zeithüllkurveninformation, die notwendig ist, um eine
Zeithüllkurve von Hochfrequenzbandkomponenten des durch das Frequenztransformationsmittel (2c) transfor-
mierten Sprachsignals zu gewinnen;
Zusatzinformations-Berechnungsmittel (2d) zum Analysieren des Sprachsignals und zum Berechnen von Zu-
satzinformation für die Hochfrequenzbanderzeugung, die zum Erzeugen von Hochfrequenzband-Komponenten
aus dem Niederfrequenzbandsignal (X(j,i)) verwendet wird;
Codiermittel (2g) zum Codieren der Zusatzinformation für die Hochfrequenzbanderzeugung, die durch das
Zusatzinformations-Berechnungsmittel (2d) erzeugt wird, und der Zeithüllkurveninformation, die durch das Zeit-
hüllkurveninformations-Berechnungsmittel (2f) berechnet wird;
Codesequenz-Konstruktionsmittel (2h) zum Konstruieren einer Hochfrequenzband-Codesequenz aus der Zu-
satzinformation zur Hochfrequenzbanderzeugung und der durch die Codiermittel (2g) codierten Zeithüllkurve-
ninformation; und
Multiplexiermittel (2i) zum Erzeugen einer codierten Sequenz, in der die Niederfrequenzband-Codesequenz,
die durch das Niederfrequenzband-Codiermittel (2b) gewonnen wird, und die Hochfrequenzband-Codesequenz,
die durch das Codesequenz-Konstruktionsmittel (2h) konstruiert wird, gemultiplext werden,
wobei die Berechnung der Zeithüllkurveninformation durch das Zeithüllkurven-Berechnungsmittel (2f) einen
Glättungsprozess in Zeitrichtung einschließt, der auf die Mehrzahl von Niederfrequenzband-Zeithüllkurven an-
gewendet wird, indem die folgende Gleichung 4 unter Verwendung von Glättungskoeffizienten sc(j) und einer
Ordnung d, d≥1, der Glättung berechnet wird 
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8. Sprachcoder (2) nach Anspruch 7, ferner umfassend:

Frequenzhüllkurveninformations-Berechnungsmittel (2n, 2o, 2p) zum Berechnen einer Frequenzhüllkurvenin-
formation der Hochfrequenzbandkomponenten des durch das Frequenztransformationsmittel (2c) in den Fre-
quenzbereich transformierten Sprachsignals, wobei
das Codiermittel (2g) ferner die Frequenzhüllkurveninformation codiert, und
das Codesequenz-Konstruktionsmittel (2h) die Hochfrequenzband-Codesequenz konstruiert, indem sie die von
dem Codiermittel (2g) codierte Frequenzhüllkurveninformation weiter addiert.

9. Sprachcoder (2) nach Anspruch 7 oder 8, ferner umfassend:

Steuerinformationserzeugungsmittel (2j) zum Erzeugen einer Zeithüllkurven-Berechnungssteuerinformation,
die die Zeithüllkurven-Berechnung in einem Sprachdecoder unter Verwendung von (i) dem durch das Frequenz-
transformationsmittel (2c) in den Frequenzbereich transformierten Sprachsignal und/oder (ii) der durch das
Zeithüllkurveninformations-Berechnungsmittel (2f) berechneten Zeithüllkurveninformation steuert, wobei
das Codesequenz-Konstruktionsmittel (2h) die codierte Hochfrequenzbandsequenz konstruiert, indem es wei-
terhin die Zeithüllkurven-Berechnungssteuerinformation hinzufügt, die von dem Steuerinformationserzeugungs-
mittel (2j) erzeugt wird.

10. Sprachcoder (2) nach einem der Ansprüche 7 bis 9, wobei das Zeithüllkurveninformations-Berechnungsmittel (2f)
eine Zeithüllkurve von Hochfrequenzbandkomponenten des durch das Frequenztransformationsmittel (2c) in den
Frequenzbereich transformierten Sprachsignals berechnet und die Zeithüllkurveninformation auf der Grundlage
einer Korrelation zwischen einer aus der ersten bis N-ten Zeithüllkurve von Niederfrequenzbandkomponenten be-
rechneten Zeithüllkurve und der Zeithüllkurve der Frequenzkomponenten berechnet.

11. Sprachdecodierverfahren zum Decodieren einer codierten Sequenz, die durch Codierung eines Sprachsignals er-
zeugt wurde, umfassend:

einen Demultiplexierschritt, der von einem Demultiplexiermittel (1a) durchgeführt wird, um die codierte Sequenz
in eine Niederfrequenzband-Codesequenz und eine Hochfrequenzband-Codesequenz zu demultiplexen;
einen Niederfrequenzband-Decodierschritt, der von einem Niederfrequenzband-Decodiermittel (1b) durchge-
führt wird, um die von dem Demultiplexiermittel (1a) gedemultiplexte Niederfrequenzband-Codesequenz zu
decodieren und ein Niederfrequenzbandsignal (X(j,i)) zu erhalten;
einen Frequenztransformationsschritt, der von einem Frequenztransformationsmittel (1c) durchgeführt wird,
um das von dem Niederfrequenzband-Decodiermittel (1b) erhaltene Niederfrequenzbandsignal (X(j,i)) in einen
Frequenzbereich zu transformieren;
einen Hochfrequenzband-Codesequenz-Analyseschritt, der von einem Hochfrequenzband-Codesequenz-Ana-
lysemittel (1d) durchgeführt wird, um die Hochfrequenzband-Codesequenz zu analysieren, die von dem De-
multiplexiermittel (1a) gedemultiplext wird, und um eine codierte Zusatzinformation zur Hochfrequenzbander-
zeugung und Zeithüllkurveninformation zu gewinnen;
einen Codesequenz-Decodierschritt, der von einem Codesequenz-Decodiermittel (1e, 1r) durchgeführt wird,
um die Zusatzinformation für die Erzeugung des Hochfrequenzbandes und die Zeithüllkurveninformation zu
decodieren, die von dem Hochfrequenzband-Codesequenz-Analysemittel (1d) gewonnen werden;
einen Hochfrequenzband-Erzeugungsschritt, der von einem Hochfrequenzband-Erzeugungsmittel (1h) durch-
geführt wird, um unter Verwendung der Zusatzinformation für die Hochfrequenzbanderzeugung, die von dem
Codesequenz-Decodiermittel (1e, ..., 1r) decodiert wird, ein Hochfrequenzbandsignal des Sprachsignals aus
dem Niederfrequenzbandsignal (X(j,i)) zu erzeugen;
einen ersten bis N-ten, wobei N eine ganze Zahl gleich oder größer als zwei ist, Niederfrequenzband-Zeithüll-
kurven-Berechnungsschritt, der von den ersten bis N-ten Niederfrequenzband-Zeithüllkurven-Berechnungsmit-
teln (1f1, ... , 1fn) durchgeführt wird, um das Niederfrequenzbandsignal (X(j,i)) zu analysieren, das durch das
Frequenztransformationsmittel (1c) in den Frequenzbereich transformiert wird, und um eine Mehrzahl von Nie-
derfrequenzband-Zeithüllkurven Lo(k,i) zu gewinnen, unter Verwendung folgender Gleichungen 2 und 3, von
Subbandkomponenten Xdec(j,i) des Niederfrequenzbandsignals (X(j, i)), einer ganzen Zahl k, dem Index j in der
Frequenzrichtung, dem Index i in der Zeitrichtung, der Anzahl sE aller Rahmen und zwei Arrays B1, Bh mit der
Größe n, die so definiert sind, dass das Signal Xdec(j,i), Bl(k)≤j≤ Bh(k), t(s)≤i<t(s+1), 0≤s<sE, der k-ten Subband-
komponente entspricht, 1≤k≤n; wobei t(s) so definiert ist, dass der Bereich t (s) ≤i<t (s+1) des Signals Xdec(j,i)
in Bezug auf den Index i dem s-ten Rahmen entspricht, 0≤s<sE; 



EP 3 407 352 B9

72

5

10

15

20

25

30

35

40

45

50

55

einen Zeithüllkurven-Berechnungsschritt, der von dem Zeithüllkurven-Berechnungsmittel (1g) durchgeführt
wird, zum Berechnen einer Hochfrequenzband-Zeithüllkurve unter Verwendung der Zeithüllkurveninformation,
die von dem Codesequenz-Decodiermittel (1e, 1r) gewonnen wird, und der Mehrzahl von Niederfrequenzband-
Zeithüllkurven, die von den Niederfrequenzband-Zeithüllkurven-Berechnungsmitteln (1f1, ..., 1fn) gewonnen
werden;
einen Zeithüllkurven-Einstellschritt, der von dem Zeithüllkurven-Einstellmittel (1i) durchgeführt wird, zum Ein-
stellen einer Zeithüllkurve des Hochfrequenzbandsignals, das von dem Hochfrequenzband-Erzeugungsmittel
(1h) erzeugt wird, unter Verwendung der von dem Zeithüllkurven-Berechnungsmittel (1g) gewonnene Zeithüll-
kurve; und
einen Invers-Frequenztransformationsschritt, der von einem Invers-Frequenztransformationsmittel (1j) durch-
geführt wird, um das Hochfrequenzbandsignal, das von dem Zeithüllkurven-Einstellmittel (1i) eingestellt wird,
und das Niederfrequenzbandsignal (X(j, i)), das von dem Niederfrequenzband-Decodiermittel (1b) decodiert
wird, zu addieren und ein Zeitbereichssignal auszugeben, das die gesamten Frequenzbandkomponenten ent-
hält,
wobei die Berechnung der Hochfrequenzband-Zeithüllkurve durch das Zeithüllkurven-Berechnungsmittel (1g)
einen Glättungsprozess in Zeitrichtung einschließt, der auf die Mehrzahl von Niederfrequenzband-Zeithüllkurven
angewendet wird, indem die folgende Gleichung 4 unter Verwendung von Glättungskoeffizienten sc(j) und einer
Glättungsordnung d, d≥1, berechnet wird 

12. Sprachdecodierverfahren nach Anspruch 11, wobei der Hochfrequenzband-Codesequenz-Analyseschritt ferner das
Gewinnen einer codierten Zusatzinformation für die Hochfrequenzbanderzeugung und einer Frequenzhüllkurven-
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information umfasst;

wobei der Codesequenz-Decodierschritt das Decodieren der von dem Hochfrequenzband-Codesequenz-Ana-
lysemittel (1d) gewonnenen Zusatzinformation für die Hochfrequenzbanderzeugung, der Frequenzhüllkurven-
information und der Zeithüllkurveninformation umfasst,
wobei das Verfahren ferner einen Frequenzhüllkurven-Berechnungsschritt umfasst, der von einem Frequenz-
hüllkurven-Berechnungsmittel (1w) durchgeführt wird, um eine Frequenzhüllkurve unter Verwendung der Fre-
quenzhüllkurveninformation zu berechnen, die von dem Codesequenz-Decodiermittel (1e, 1r) gewonnen wird;
wobei der Zeithüllkurven-Einstellschritt einen Zeit-Frequenzhüllkurven-Einstellschritt umfasst, der von einem
Zeit-Frequenzhüllkurven-Einstellmittel (1p, 1v) des Zeithüllkurven-Einstellmittels (1i) durchgeführt wird, um unter
Verwendung der Zeithüllkurve, die von dem Zeithüllkurven-Berechnungsmittel (1g) gewonnen wird, und der
Frequenzhüllkurve, die von den Frequenzhüllkurven-Berechnungsmittel (1w) gewonnen wird, eine Zeithüllkurve
und eine Frequenzhüllkurve der Hochfrequenzbandkomponenten einzustellen, die von dem Hochfrequenzband-
Erzeugungsmittel (1h) erzeugt werden.

13. Sprachcodierverfahren zum Codieren eines Sprachsignals, umfassend:

einen Frequenztransformationsschritt, der von einem Frequenztransformationsmittel (2c) durchgeführt wird,
um das Sprachsignal in einen Frequenzbereich zu transformieren;
einen Abwärtsabtastungsschritt, der von einem Abwärtsabtastmittel (2a) durchgeführt wird, um das Sprachsignal
abwärts abzutasten und ein Niederfrequenzbandsignal zu erhalten;
einen Niederfrequenzband-Codierschritt, der von einem Niederfrequenzband-Codiermittel (2b) durchgeführt
wird, um das Niederfrequenzbandsignal (X(j,i)) zu codieren, das von dem Abwärtsabtastmittel (2a) gewonnen
wird;
einen ersten bis N-ten, wobei N eine ganze Zahl gleich oder größer als zwei ist, Niederfrequenzband-Zeithüll-
kurven-Berechnungsschritt, der von den ersten bis N-ten Niederfrequenzband-Zeithüllkurven-Berechnungsmit-
teln (2e1,... (2e1, ..., 2en) durchgeführt wird, zur Berechnung einer Mehrzahl von Zeithüllkurven von Niederfre-
quenzbandkomponenten Lo(k,i) des Sprachsignals, das durch die Frequenztransformationsmittel (2c) in den
Frequenzbereich transformiert wird, unter Verwendung von folgenden Gleichungen 2 und 3, von Subbandkom-
ponenten Xdec(j,i) des Niederfrequenzbandsignals (X(j, i)), einer ganzen Zahl k, dem Index j in der Frequenz-
richtung, dem Index i in der Zeitrichtung, der Anzahl sE aller Rahmen und zwei Arrays B1, Bh mit der Größe n,
die so definiert sind, dass das Signal Xdec(j,i), Bl(k)≤j≤ Bh(k), t(s)≤i<t(s+1), 0≤s<sE, der k-ten Subbandkompo-
nente entspricht, 1≤k≤n; wobei t(s) so definiert ist, dass der Bereich t (s) ≤i<t (s+1) des Signals Xdec(j,i) in Bezug
auf den Index i dem s-ten Rahmen entspricht, 0≤s<sE; 
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einen Zeithüllkurveninformations-Berechnungsschritt der von einem Zeithüllkurveninformations-Berechnungs-
mittel (2f) durchgeführt wird, zur Berechnung unter Verwendung der Zeithüllkurven der Niederfrequenzband-
komponenten, die von den ersten bis N-ten Niederfrequenzband-Zeithüllkurven-Berechnungsmitteln 2e1, ...,
2en) berechnet werden, von Zeithüllkurveninformation, die erforderlich ist, um eine Zeithüllkurve von Hochfre-
quenzbandkomponenten des durch die Frequenztransformationsmittel (2c) transformierten Sprachsignals zu
gewinnen;
einen Zusatzinformations-Berechnungsschritt, der von einem Zusatzinformations-Berechnungsmittel (2d)
durchgeführt wird, zum Analysieren des Sprachsignals und Berechnen einer Zusatzinformation für die Hoch-
frequenzbanderzeugung, die zum Erzeugen von Hochfrequenzbandkomponenten aus dem Niederfrequenz-
bandsignal (X(j,i)) verwendet wird;
einen Codierschritt, der von einem Codiermittel (2g) durchgeführt wird, zum Codieren der Zusatzinformation
für die Hochfrequenzbanderzeugung, die von dem Zusatzinformations-Berechnungsmittel (2d) erzeugt wird,
und der Zeithüllkurveninformation, die von dem Zeithüllkurveninformations-Berechnungsmittel (2f) berechnet
wird;
einen Codesequenz-Konstruktionsschritt, der von einem Codesequenz-Konstruktionsmittel (2h) durchgeführt
wird, zur Konstruktion einer Hochfrequenzband-Codesequenz aus der Zusatzinformation zur Hochfrequenz-
banderzeugung und der durch das Codiermittel (2g) codierten Zeithüllkurveninformation; und
einem Multiplexierschritt, der von einem Multiplexiermittel (2i) durchgeführt wird, zum Erzeugen einer codierten
Sequenz, in der die Niederfrequenzband-Codesequenz, die von dem Niederfrequenzband-Codiermittel (2b)
gewonnen wird, und die Hochfrequenzband-Codesequenz, die von dem Codesequenz-Konstruktionsmittel (2h)
konstruiert wird, gemultiplext werden,
wobei die Berechnung der Zeithüllkurveninformation durch das Zeithüllkurven-Berechnungsmittel (2f) einen
Glättungsprozess in Zeitrichtung umfasst, der auf die Mehrzahl von Niederfrequenzband-Zeithüllkurven ange-
wendet wird, indem die folgende Gleichung 4 unter Verwendung von Glättungskoeffizienten sc(j) und einer
Glättungsordnung d, d≥1, berechnet wird 

14. Sprachdecodierungsprogramm mit Befehlen, die, wenn sie von einem Computer ausgeführt werden, den Computer
veranlassen, die Schritte des Verfahrens nach einem der Ansprüche 11 bis 12 auszuführen.

15. Sprachcodierungsprogramm mit Befehlen, die, wenn sie von einem Computer ausgeführt werden, den Computer
veranlassen, die Schritte des Verfahrens nach Anspruch 13 auszuführen.

Revendications

1. Décodeur de parole (1) qui décode une séquence codée de signal de parole codé, comprenant :

un moyen de démultiplexage (la) pour démultiplexer la séquence codée en une séquence codée de bande
basse fréquence et une séquence codée de bande haute fréquence ;
un moyen de décodage de bande basse fréquence (1b) pour décoder la séquence codée de bande basse
fréquence démultiplexée par le moyen de démultiplexage (la) et obtenir un signal de bande basse fréquence
(X(j,i)) ;
un moyen de transformation de fréquence (1c) pour transformer le signal de bande basse fréquence (X(j,i)),
qui est obtenu par le moyen de décodage de bande basse fréquence (1b) en un domaine de fréquence ;
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un moyen d’analyse de séquence codée de bande haute fréquence (1d) pour analyser la séquence codée de
bande haute fréquence démultiplexée par le moyen de démultiplexage (la) et acquérir une information supplé-
mentaire pour la génération de bande haute fréquence et une information d’enveloppe temporelle ;
un moyen de décodage de séquence codée (1e, 1r) pour décoder l’information supplémentaire pour la génération
de bande haute fréquence et l’information d’enveloppe temporelle acquises par le moyen d’analyse de séquence
codée de bande haute fréquence (1d) ;
un moyen de génération de bande haute fréquence (1h) pour générer, en utilisant l’information supplémentaire
pour la génération de bande haute fréquence décodée par le moyen de décodage de séquence codée (1e, 1r),
un signal de bande haute fréquence du signal de parole à partir du signal de bande basse fréquence (X(j,i)) ;
des premier à Nième, N étant un nombre entier égal ou supérieur à deux, moyens de calcul d’enveloppe
temporelle de bande basse fréquence (1f1, ..., 1fn) pour analyser le signal de bande basse fréquence (X(j,i))
transformé en le domaine de fréquence par le moyen de transformation de fréquence (1c) et acquérir une
pluralité d’enveloppes temporelles de bande basse fréquence L0(k,i), en utilisant les équations 2 et 3 suivantes,
des composantes de sous-bande Xdec(j,i) du signal de bande basse fréquence (X(j,i)), un nombre entier k,
l’indice j dans la direction de fréquence, l’indice i dans la direction de temps, le nombre sE de toutes les trames,
et deux réseaux B1, Bh avec la taille n qui sont définis de sorte que le signal Xdec(j,i), B1 (k)≤j≤ Bh(k), t(s)≤i<t(s+1),
0≤s≤sE, correspond à la k-ième composante de sous-bande, l≤k≤n ; où t(s) est défini de telle sorte que la plage
t(s) ≤i<t(s+1) du signal Xdec(j,i) par rapport à l’indice i correspond à la s-ième trame, 0≤s<sE; 

un moyen de calcul d’enveloppe temporelle (1g) pour calculer une enveloppe temporelle de bande haute fré-
quence en utilisant l’information d’enveloppe temporelle, qui est acquise par le moyen de décodage de séquence
codée (le, 1r), et la pluralité d’enveloppes temporelles de bande basse fréquence, qui sont acquises par le
moyen de calcul d’enveloppe temporelle de bande basse fréquence (1f1, ..., 1fn) ;
un moyen d’ajustement d’enveloppe temporelle (1i) pour ajuster, en utilisant l’enveloppe temporelle acquise
par le moyen de calcul d’enveloppe temporelle (1g), une enveloppe temporelle du signal de bande haute
fréquence généré par le moyen de génération de bande haute fréquence (1h); et
un moyen de transformation de fréquence inverse (1j) pour ajouter le signal de bande haute fréquence (Y(ij)),
qui est ajusté par le moyen d’ajustement d’enveloppe temporelle (1i), et le signal de bande basse fréquence
(X(j,i)), qui est décodé par le moyen de décodage de bande basse fréquence (1b), et sortir un signal de domaine
temporel contenant des composantes de bande de fréquence entière,
dans lequel le calcul de l’enveloppe temporelle de bande haute fréquence par le moyen de calcul d’enveloppe
temporelle (1g) comprend un processus de lissage dans la direction de temps appliqué à la pluralité d’enveloppes
temporelles de bande basse fréquence, en calculant l’équation 4 suivante en utilisant des coefficients sc(j) de
lissage et un ordre d, d≥l, de lissage 
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2. Décodeur de parole (1) selon la revendication 1,

dans lequel le moyen d’analyse de séquence codée de bande haute fréquence (1d) est configuré pour acquérir
en outre une information supplémentaire codée pour la génération de bande haute fréquence, et une information
d’enveloppe de fréquence ;
dans lequel le moyen de décodage de séquence codée (le, 1r) est configuré pour décoder l’information sup-
plémentaire pour la génération de bande haute fréquence, l’information d’enveloppe de fréquence, et l’infor-
mation d’enveloppe temporelle acquises par le moyen d’analyse de séquence codée de bande haute fréquence
(1d) ;
dans lequel le décodeur de parole (1) comprend en outre un moyen de calcul d’enveloppe de fréquence (1w)
pour calculer une enveloppe de fréquence en utilisant l’information d’enveloppe de fréquence acquise par le
moyen de décodage de séquence codée (le, 1r) ;
dans lequel le moyen d’ajustement d’enveloppe temporelle (1i) comprend un moyen d’ajustement d’enveloppe
temps-fréquence (1p, 1v) pour ajuster, en utilisant l’enveloppe temporelle acquise par le moyen de calcul
d’enveloppe temporelle (1g) et l’enveloppe de fréquence acquise par le moyen de calcul d’enveloppe de fré-
quence (1w), l’enveloppe temporelle et une enveloppe de fréquence des composantes de bande haute fréquence
générées par le moyen de génération de bande haute fréquence (1h).

3. Décodeur de parole (1) selon l’une quelconque des revendications 1 à 2, comprenant en outre :
un moyen de commande de calcul d’enveloppe temporelle (1k, 1m, 1n, 1o) pour commander, en utilisant le signal
de bande basse fréquence (X(j,i)) transformé en le domaine de fréquence par le moyen de transformation de
fréquence (1c), au moins l’un parmi (i) le calcul des enveloppes temporelles de bande basse fréquence dans les
premier à Nième moyens de calcul d’enveloppe temporelle de bande basse fréquence (1f1, ..., 1fn) et (ii) le calcul
de l’enveloppe temporelle de bande haute fréquence dans le moyen de calcul d’enveloppe temporelle (1g).

4. Décodeur de parole (1) selon l’une quelconque des revendications 1 à 2, comprenant en outre :
un moyen de commande de calcul d’enveloppe temporelle (1k, 1m, 1n, ..., 1o) pour commander, en utilisant l’infor-
mation d’enveloppe temporelle acquise par le moyen de décodage de séquence codée (1e, 1r), au moins l’un parmi
(i) le calcul des enveloppes temporelles de bande basse fréquence dans les premier à Nième moyens de calcul
d’enveloppe temporelle de bande basse fréquence (1f1, ..., 1fn) et (ii) le calcul de l’enveloppe temporelle de bande
haute fréquence dans le moyen de calcul d’enveloppe temporelle (1g).

5. Décodeur de parole (1) selon l’une quelconque des revendications 1 à 2, dans lequel

le moyen d’analyse de séquence codée de bande haute fréquence (1d) acquiert en outre une information de
commande de calcul d’enveloppe temporelle, et
le décodeur de parole (1) comprend en outre un moyen de commande de calcul d’enveloppe temporelle (1k,
1m, 1n, 1o) pour commander, en utilisant l’information de commande de calcul d’enveloppe temporelle acquise
par le moyen d’analyse de séquence codée de bande haute fréquence (1d), au moins l’un parmi (i) le calcul
des enveloppes temporelles de bande basse fréquence dans les premier à Nième moyens de calcul d’enveloppe
temporelle de bande basse fréquence (1f1, ..., lfn) et (ii) le calcul de l’enveloppe temporelle de bande haute
fréquence dans le moyen de calcul d’enveloppe temporelle (1g).
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6. Décodeur de parole (1) selon l’une quelconque des revendications 1 à 2, dans lequel

le moyen d’analyse de séquence codée de bande haute fréquence (1d) acquiert en outre une information de
commande de calcul d’enveloppe temporelle,
le moyen de décodage de séquence codée (1e, 1r) acquiert en outre une seconde information d’enveloppe de
fréquence, et
le décodeur de parole (1) comprend en outre un moyen de commande de calcul d’enveloppe temporelle (1k,
1m, 1n, 1o) pour déterminer, sur la base d’une information de commande de calcul d’enveloppe temporelle, s’il
faut ajuster l’enveloppe de fréquence des composantes de bande haute fréquence sur la base de la seconde
information d’enveloppe de fréquence et, lorsqu’il est déterminé qu’il faut ajuster l’enveloppe de fréquence,
pour commander de ne pas effectuer le calcul des enveloppes temporelles de bande basse fréquence dans
les premier à Nième moyens de calcul d’enveloppe temporelle de bande basse fréquence (1f1, ..., 1fn) ou le
calcul de l’enveloppe temporelle de bande haute fréquence dans le moyen de calcul d’enveloppe temporelle (1g).

7. Codeur de parole (2) qui code un signal de parole, comprenant :

un moyen de transformation de fréquence (2c) pour transformer le signal de parole en un domaine de fréquence ;
un moyen de sous-échantillonnage (2a) pour sous-échantillonner le signal de parole et acquérir un signal de
bande basse fréquence (X(j,i)) ;
un moyen de codage de bande basse fréquence (2b) pour coder le signal de bande basse fréquence (X(j,i))
acquis par le moyen de sous-échantillonnage (2a) ;
des premier à Nième, N étant un nombre entier égal ou supérieur à deux, moyens de calcul d’enveloppe
temporelle de bande basse fréquence (2e1, ..., 2en) pour calculer une pluralité d’enveloppes temporelles de
composantes de bande basse fréquence L0(k,i) du signal de parole transformé en le domaine de fréquence
par le moyen de transformation de fréquence (2c), en utilisant les équations 2 et 3 suivantes, des composantes
de sous-bande Xdec(j,i) du signal de bande basse fréquence (X(j,i)), un nombre entier k, l’indice j dans la direction
de fréquence, l’indice i dans la direction de temps, le nombre sE de toutes les trames, et deux réseaux B1, Bh
avec la taille n qui sont définis de telle sorte que le signal Xdec(j,i), B1 (k) ≤j≤Bh (k) , t (s) ≤i<t (s+1) , 0≤s<sE,
correspond à la k-ième composante de sous-bande, 1≤k≤n ; où t(s) est défini de telle sorte que la plage
t(s)≤i<t(s+1) du signal Xdec(j,i) par rapport à l’indice i correspond à la s-ième trame, 0≤s<sE ;

un moyen de calcul d’information d’enveloppe temporelle (2f) pour calculer, en utilisant les enveloppes tempo-
relles des composantes de bande basse fréquence calculées par les premier à Nième moyens de calcul d’en-
veloppe temporelle de bande basse fréquence (2e1, ..., 2en), une information d’enveloppe temporelle nécessaire
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pour acquérir une enveloppe temporelle de composantes de bande haute fréquence du signal de parole trans-
formé par le moyen de transformation de fréquence (2c) ;
un moyen de calcul d’information supplémentaire (2d) pour analyser le signal de parole et calculer une infor-
mation supplémentaire pour la génération de bande haute fréquence à utiliser pour générer des composantes
de bande haute fréquence à partir du signal de bande basse fréquence (X(j,i)) ;
un moyen de codage (2g) pour coder l’information supplémentaire pour la génération de bande haute fréquence,
qui est générée par le moyen de calcul d’information supplémentaire (2d), et l’information d’enveloppe tempo-
relle, calculée par le moyen de calcul d’information d’enveloppe temporelle (2f) ;
un moyen de construction de séquence codée (2h) pour construire une séquence codée de bande haute
fréquence à partir d’une information supplémentaire pour la génération de bande haute fréquence et une infor-
mation d’enveloppe temporelle codée par le moyen de codage (2g) ; et
un moyen de multiplexage (2i) pour générer une séquence codée dans laquelle la séquence codée de bande
basse fréquence, qui est acquise par le moyen de codage en bande basse fréquence (2b), et la séquence
codée de bande haute fréquence, qui est construite par le moyen de construction de séquence codée (2h),
sont multiplexées,
dans lequel le calcul de l’information d’enveloppe temporelle par le moyen de calcul d’enveloppe temporelle
(2f) comprend un processus de lissage dans la direction de temps appliqué à la pluralité d’enveloppes tempo-
relles de bande basse fréquence en calculant l’équation 4 suivante en utilisant des coefficients sc(j) de lissage
et un ordre d, d≥l, de lissage 

8. Codeur de parole (2) selon la revendication 7, comprenant en outre :

un moyen de calcul d’information d’enveloppe de fréquence (2n, 2o, 2p) pour calculer une information d’enve-
loppe de fréquence des composantes de bande haute fréquence du signal de parole transformé en le domaine
de fréquence par le moyen de transformation de fréquence (2c), où
le moyen de codage (2g) code en outre l’information d’enveloppe de fréquence, et
le moyen de construction de séquence codée (2h) construit la séquence codée de bande haute fréquence en
ajoutant encore l’information d’enveloppe de fréquence codée par le moyen de codage (2g).

9. Codeur de parole (2) selon la revendication 7 ou 8, comprenant en outre :

un moyen de génération d’information de commande (2j) pour générer une information de commande de calcul
d’enveloppe temporelle qui commande le calcul d’enveloppe temporelle dans un décodeur de parole en utilisant
au moins l’un parmi (i) le signal de parole transformé en le domaine de fréquence par le moyen de transformation
de fréquence (2c) et (ii) l’information d’enveloppe temporelle calculée par le moyen de calcul d’information
d’enveloppe temporelle (2f), où
le moyen de construction de séquence codée (2h) construit la séquence codée de bande haute fréquence en
ajoutant en outre l’information de commande de calcul d’enveloppe temporelle générée par le moyen de gé-
nération d’information de commande (2j).

10. Codeur de parole (2) selon l’une quelconque des revendications 7 à 9, dans lequel
le moyen de calcul d’information d’enveloppe temporelle (2f) calcule une enveloppe temporelle de composantes
de bande haute fréquence du signal de parole transformé en le domaine de fréquence par le moyen de transformation
de fréquence (2c), et calcule l’information d’enveloppe temporelle sur la base d’une corrélation entre une enveloppe



EP 3 407 352 B9

79

5

10

15

20

25

30

35

40

45

50

55

temporelle calculée à partir des première à Nième enveloppes temporelles de composantes de bande basse fré-
quence et l’enveloppe temporelle des composantes de fréquence.

11. Procédé de décodage de parole pour décoder une séquence codée générée par le codage d’un signal de parole,
comprenant :

une étape de démultiplexage, réalisée par le moyen de démultiplexage (la), pour démultiplexer la séquence
codée en une séquence codée de bande basse fréquence et une séquence codée de bande haute fréquence ;
une étape de décodage de bande basse fréquence, réalisée par le moyen de décodage de bande basse
fréquence (1b), pour décoder la séquence codée de bande basse fréquence démultiplexée par le moyen de
démultiplexage (1a) et obtenir un signal de bande basse fréquence (X(j,i)) ;
une étape de transformation de fréquence, réalisée par le moyen de transformation de fréquence (1c), pour
transformer le signal de bande basse fréquence (X(j,i)) obtenu par le moyen de décodage de bande basse
fréquence (1b) en un domaine de fréquence ;
une étape d’analyse de séquence codée de bande haute fréquence, réalisée par le moyen d’analyse de sé-
quence codée de bande haute fréquence (1d), pour analyser la séquence codée de bande haute fréquence
démultiplexée par le moyen de démultiplexage (1a) et acquérir une information supplémentaire codée pour la
génération de bande haute fréquence et une information d’enveloppe temporelle ;
une étape de décodage de séquence codée, réalisée par le moyen de décodage de séquence codée (1e, 1r),
pour décoder l’information supplémentaire pour la génération de bande haute fréquence et l’information d’en-
veloppe temporelle acquises par le moyen d’analyse de séquence codée de bande haute fréquence (1d) ;
une étape de génération de bande haute fréquence, réalisée par le moyen de génération de bande haute
fréquence (1h), pour générer, en utilisant l’information supplémentaire pour la génération de bande haute
fréquence décodée par le moyen de décodage de séquence codée (1e, ..., 1r), un signal de bande haute
fréquence du signal de parole à partir du signal de bande basse fréquence (X(j,i)) ;
des première à Nième, N étant un nombre entier égal ou supérieur à deux, étapes de calcul d’enveloppe
temporelle de bande basse fréquence, réalisées par des premier à Nième moyens de calcul d’enveloppe tem-
porelle de bande basse fréquence (1f1, ..., 1fn), pour analyser le signal de bande basse fréquence (X(j,i))
transformé en le domaine de fréquence par le moyen de transformation de fréquence (1c) et acquérir une
pluralité d’enveloppes temporelles de bande basse fréquence L0(k,i), en utilisant les équations 2 et 3 suivantes,
des composantes de sous-bande Xdec(j,i) du signal de bande basse fréquence (X(j,i)), un nombre entier k,
l’indice j dans la direction de fréquence, l’indice i dans la direction de temps, le nombre sE de toutes les trames,
et deux réseaux B1, Bh avec la taille n qui sont définis de telle sorte que le signal Xdec(j,i), Bl(k)≤j≤ Bh(k),
t(s)≤i<t(s+1), 0≤s<sE, correspond à la k-ième composante de sous-bande, 1≤k≤n ; où t(s) est défini de telle
sorte que la plage t(s)≤i<t(s+1) du signal Xdec(j,i) par rapport à l’indice correspond à la s-ième trame, 0≤s<sE ;
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une étape de calcul d’enveloppe temporelle, réalisée par le moyen de calcul d’enveloppe temporelle (1g), pour
calculer une enveloppe temporelle de bande haute fréquence en utilisant l’information d’enveloppe temporelle,
qui est acquise par le moyen de décodage de séquence codée (le, 1r), et la pluralité d’enveloppes temporelles
de bande basse fréquence, qui sont acquises par les moyens de calcul d’enveloppe temporelle de bande basse
fréquence (1f1, ..., 1fn) ;
une étape d’ajustement d’enveloppe temporelle, réalisée par le moyen d’ajustement d’enveloppe temporelle
(1i), pour ajuster une enveloppe temporelle du signal de bande haute fréquence généré par le moyen de
génération de bande haute fréquence (1h)en utilisant l’enveloppe temporelle acquise par le moyen de calcul
d’enveloppe temporelle (1g) ; et
une étape de transformation de fréquence inverse, réalisée par un moyen de transformation de fréquence
inverse (1j), pour ajouter le signal de bande haute fréquence, qui est ajusté par le moyen d’ajustement d’enve-
loppe temporelle (1i), et le signal de bande basse fréquence (X(j,i)), qui est décodé par le moyen de décodage
de bande basse fréquence (1b), et sortir un signal de domaine temporel contenant les composantes de bande
de fréquence entière,
où le calcul de l’enveloppe temporelle de bande haute fréquence par le moyen de calcul d’enveloppe temporelle
(1g) comprend un processus de lissage dans la direction de temps appliqué à la pluralité d’enveloppes tempo-
relles de la bande basse fréquence en calculant l’équation 4 suivante en utilisant des coefficients sc(j) de lissage
et un ordre d, d≥1, de lissage 

12. Procédé de décodage de parole selon la revendication 11, dans lequel l’étape d’analyse de séquence codée de
bande haute fréquence comprend en outre l’acquisition d’une information supplémentaire codée pour la génération
de bande haute fréquence et d’une information d’enveloppe de fréquence ;

dans lequel l’étape de décodage de séquence codée comprend le décodage de l’information supplémentaire
pour la génération de bande haute fréquence, de l’information d’enveloppe de fréquence, et de l’information
d’enveloppe temporelle acquises par le moyen d’analyse de séquence codée de bande haute fréquence (1d) ;
dans lequel le procédé comprend en outre une étape de calcul d’enveloppe de fréquence, réalisée par le moyen
de calcul d’enveloppe de fréquence (1w), pour calculer une enveloppe de fréquence en utilisant l’information
d’enveloppe de fréquence acquise par le moyen de décodage de séquence codée (1e, 1r) ;
dans lequel l’étape d’ajustement d’enveloppe temporelle comprend une étape d’ajustement d’enveloppe temps-
fréquence, réalisée par le moyen d’ajustement d’enveloppe temps-fréquence (1p, 1v) du moyen d’ajustement
d’enveloppe temporelle (1i), pour ajuster, en utilisant l’enveloppe temporelle acquise par le moyen de calcul
d’enveloppe temporelle (1g) et l’enveloppe de fréquence acquise par le moyen de calcul d’enveloppe de fré-
quence (1w), une enveloppe temporelle et une enveloppe de fréquence des composantes de bande haute
fréquence générées par le moyen de génération de bande haute fréquence (1h).
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13. Procédé de codage de parole pour coder un signal de parole, comprenant :

une étape de transformation de fréquence, réalisée par le moyen de transformation de fréquence (2c), pour
transformer le signal de parole en un domaine de fréquence ;
une étape de sous-échantillonnage, réalisée par le moyen de sous-échantillonnage (2a), pour sous-échantillon-
ner le signal de parole et acquérir un signal de bande basse fréquence ;
une étape de codage de bande basse fréquence, réalisée par le moyen de codage de bande basse fréquence
(2b), pour coder le signal de bande basse fréquence (X(j,i)) acquis par le moyen de sous-échantillonnage (2a) ;
des première à Nième, N étant un nombre entier égal ou supérieur à deux, étapes de calcul d’enveloppe
temporelle de bande basse fréquence, réalisées par des premier à Nième moyens de calcul d’enveloppe tem-
porelle de bande basse fréquence (2e1, ... , 2en), pour calculer une pluralité d’enveloppes temporelles de
composantes de bande basse fréquence L0(k,i) du signal de parole transformé en le domaine de fréquence
par le moyen de transformation de fréquence (2c), en utilisant les équations 2 et 3 suivantes, des composantes
de sous-bande Xdec(j,i) du signal de bande basse fréquence (X(j,i)), un nombre entier k, l’indice j dans la direction
de fréquence, l’indice i dans la direction de temps, le nombre sE de toutes les trames, et deux réseaux B1, Bh
avec la taille n qui sont définis de telle sorte que le signal Xdec(j,i), Bl(k)≤j≤ Bh(k), t (s) ≤i<t (s+1) , 0≤s<sE,
correspond à la k-ième composante de sous-bande, 1≤k≤n ; où t(s) est défini de telle sorte que la plage
t(s)≤i<t(s+1) du signal Xdec(j,i) par rapport à l’indice i correspond à la s-ième trame, 0≤s<sE ; 

une étape de calcul d’information d’enveloppe temporelle, réalisée par le moyen de calcul d’information d’en-
veloppe temporelle (2f), pour calculer, en utilisant les enveloppes temporelles des composantes de bande
basse fréquence calculées par les premier à Nième moyens de calcul d’enveloppe temporelle de bande basse
fréquence (2e1, ..., 2en), une information d’enveloppe temporelle nécessaire pour acquérir une enveloppe
temporelle de composantes de bande haute fréquence du signal de parole transformé par le moyen de trans-
formation de fréquence (2c) ;
une étape de calcul d’information supplémentaire, réalisée par le moyen de calcul d’information supplémentaire
(2d), pour analyser le signal de parole et calculer une information supplémentaire pour la génération de bande
haute fréquence à utiliser pour générer des composantes de bande haute fréquence à partir du signal de bande
basse fréquence (X(j,i)) ;
une étape de codage, réalisée par le moyen de codage (2g), pour coder l’information supplémentaire pour la
génération de bande haute fréquence, générée par le moyen de calcul d’information supplémentaire (2d), et
l’information d’enveloppe temporelle, calculée par le moyen de calcul d’information d’enveloppe temporelle (2f) ;
une étape de construction de séquence codée, réalisée par le moyen de construction de séquence codée (2h),
pour construire une séquence codée de bande haute fréquence à partir de l’information supplémentaire pour
la génération de bande haute fréquence et de l’information d’enveloppe temporelle codée par les le moyens
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de codage (2g) ; et
une étape de multiplexage, réalisée par le moyen de multiplexage (2i), pour générer une séquence codée dans
laquelle la séquence codée de bande basse fréquence, qui est acquise par le moyen de codage de bande
basse fréquence (2b), et la séquence codée de bande haute fréquence, qui est construite par le moyen de
construction de séquence codée (2h), sont multiplexées,
où le calcul de l’information d’enveloppe temporelle par le moyen de calcul d’enveloppe temporelle (2f) comprend
un processus de lissage dans la direction de temps appliqué à la pluralité d’enveloppes temporelles de bande
basse fréquence en calculant l’équation 4 suivante en utilisant des coefficients sc(j) de lissage et un ordre d,
d≥1, de lissage 

14. Programme de décodage de parole comprenant des instructions qui, lorsqu’elles sont exécutées par un ordinateur,
amènent l’ordinateur à effectuer les étapes du procédé de l’une quelconque des revendications 11 à 12.

15. Programme de codage de parole comprenant des instructions qui, lorsqu’elles sont exécutées par un ordinateur,
amènent l’ordinateur à effectuer les étapes du procédé de la revendication 13.
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